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OAMP Guide Notices

Notice

This document describes the Provisioning parameters, Performance Monitoring parameters
and alarms for the Mediant 3000 TP-8410 product.

Information contained in this document is believed to be accurate and reliable at the time of
printing. However, due to ongoing product improvements and revisions, AudioCodes cannot
guarantee accuracy of printed material after the Date Published nor can it accept responsibility
for errors or omissions. Updates to this document and other documents can be viewed by
registered customers at http://www.audiocodes.com/downloads.

© 2014 AudioCodes Inc. All rights reserved

This document is subject to change without notice.
Date Published: June-25-2014

Trademarks

AudioCodes, AC, AudioCoded, Ardito, CTI2, CTI?, CTI Squared, HD VolP, HD VolP
Sounds Better, InTouch, Mediant, MediaPack, NetCoder, Netrake, Nuera, Open
Solutions Network, OSN, Stretto, TrunkPack, VMAS, VoicePacketizer, VolPerfect,
VolPerfectHD, What's Inside Matters, Your Gateway To VolP and 3GX are
trademarks or registered trademarks of AudioCodes Limited. All other products or
trademarks are property of their respective owners.

WEEE EU Directive

Pursuant to the WEEE EU Directive, electronic and el ectrical waste must not be
disposed of with unsorted waste. Please contact your local recycling authority for
disposal of this product.

Customer Support

Customer technical support and s ervices are provided by AudioCodes or by an
authorized AudioCodes Service Partner. For more information on how to buy technical
support for AudioCodes products and for contact information, please visit our Web site
at www.audiocodes.com/support.

Abbreviations and Terminology

Term Description
MG Refers to the Media Gateway.
'Frame' and 'Screen’ Sometimes used interchangeably
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OAMP Guide 1. Introduction

1 Introduction

This guide incorporates Provisioning Parameters, Performance Monitoring Parameters
and Alarms for the Mediant 3000 TP-8410 product.
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2. Provisioning Parameters

Online

Offline

Instant

Offline_create

Instant_apply

Provisioning Parameters

The following tables can be used as a reference for the screens, tabs and parameters
displayed in the EMS GUI.

Note that with regard to the column ‘Type’ in the tables in this section, the first line
indicates whether the parameter is an integer, string or enumerator. The lines below it
indicate the range / possible values that can be configured for the parameter.

Note that all parameters that are of provisioning type Offline (in column 'Provisioning
Type') are graphically indicated in the EMS GUI screens by the icon «.

The frames described in this section appear in alphabetical order.

To configure an ‘Online’ mode parameter (indicated in the EMS by the icon ™~
adjacent to the parameter), you need to lock only the entity containing the parameter.
You do not need to lock the board/media gateway containing the entity. The mode is
called ‘Online’ because the parameter can be configured without resetting any board
in the media gateway.

To configure an ‘Offline’ mode parameter (indicated in the EMS by the icon &
adjacent to the parameter), you need to lock the board/media gateway containing the
entity as well as the entity in order to configure the entity’s parameter. The mode is
called ‘Offline’ because all calls active on the board/media gateway containing the
entity’s parameter are dropped when you lock the board/media gateway and entity in
order to configure the parameter.

An ‘Instant’ mode parameter can be configured on the fly; the configuration takes
effect immediately. No icon is displayed adjacent to the parameter in the EMS GUI.
No locking or unlocking of the entity or of the board/media gateway is required to
perform the configuration.

‘Offline_create’ will sometimes appear as ‘Online’ and at other times as ‘Offline’,
depending on the user’s specific configuration.

From the EMS user’s point of view, ‘Instant_apply’ is identical to ‘Instant’.
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2.1  Frame: Advanced Applications Provisioning

2.1.1 Tab: Voice Mail

Frame: Advanced Applications Provisioning, Tab: Voice Mail

Parameter Type Provisioning Default Description
Name Type Value
Line Enum: Instant "0" LineTransferMode: 0-ip 1-
Transfer ip(0), pbx blind transfer 2-pbx
Mode pbxblindtransfer(1),pbxsemis semi supv transfer 3-
upervised(2),pbxsupervisedtr supervised transfer (also
ansfer(3) known as warm transfer).
(in TP, feature key and
parameter
EnablelPMDetectors
needed)
Mib name:
voiceMailLineTransferMode
INI Name:

LINETRANSFERMODE
Profile name: Digital SIP
Advance Profile

Voice Malil Enum: Instant "0" Selects the method of
Interface none(0), communication between
dtmf(1),smdi(2),gsig(3),isdnse PBX and the Gateway, that
tup(4),gsigMatra(5), is used instead of legacy
gsigSiemens(6),ip2ip(7),etsi(8 voicemail
),ni2(9) Mib name:
voiceMaillnterface
INI Name:

VOICEMAILINTERFACE
Profile name: Digital SIP
Advance Profile

Digit
Patterns
Digit Pattern String Instant " Digit pattern used to
Forward No Up to 119 chars. indicate Call Forward with
Reason no reason (PBX to
VoiceMail)
Mib name:
vmDigitPatternNoReason
INI Name:
DIGITPATTERNFORWAR
DNOREASON

Profile name: Digital SIP
Advance Profile
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Parameter
Name

Digit Pattern
Forward On
Busy

Digit Pattern
Forward On
No Answer

Digit Pattern
Forward On
DND

Digit Pattern
Internal Call

Digit Pattern
External
Call

Provisioning
Type

Type

String Instant

Up to 119 chars.

String Instant

Up to 119 chars.

String Instant

Up to 119 chars.

String Instant

Up to 119 chars.

String Instant

Up to 119 chars.

Default
Value

Description

Digit pattern used to
indicate Call Forward on
busy (PBX to VoiceMail)
Mib name:
vmDigitPatternOnBusy

INI Name:
DIGITPATTERNFORWAR
DONBUSY

Profile name: Digital SIP
Advance Profile

Digit pattern used to
indicate Call Forward on no
answer (PBX to VoiceMail)
Mib name:
vmDigitPatternOnNoAnswe
r

INI Name:
DIGITPATTERNFORWAR
DONNOANSWER

Profile name: Digital SIP
Advance Profile

Digit pattern used to
indicate Call Forward on Do
Not Disturb (PBX to
VoiceMail)

Mib name:
vmDigitPatternOnDND

INI Name:
DIGITPATTERNFORWAR
DONDND

Profile name: Digital SIP
Advance Profile

Digit pattern used to
indicate internal call (PBX
to VoiceMail)

Mib name:
vmDigitPatterninternalCall
INI Name:
DIGITPATTERNINTERNAL
CALL

Profile name: Digital SIP
Advance Profile

Digit pattern used to
indicate external call (PBX
to VoiceMail)

Mib name:
vmDigitPatternExternalCall
INI Name:
DIGITPATTERNEXTERNA
LCALL

Profile name: Digital SIP
Advance Profile
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Parameter
Name

Tel
Disconnect
Code

VM Digit
Pattern On
Busy
External

VM Digit
Pattern On
No Answer

External

VM Digit
Pattern On
DND
External

Type Provisioning

Type
String Instant
Up to 24 chars.

String Instant

Up to 119 chars.

String Instant

Up to 119 chars.

String Instant

Up to 119 chars.

Default
Value

Description

Disconnect call if digit string
is received from the TEL
side during session

Mib name:
vmDigitPatternDisconnectC
ode

INI Name:
TELDISCONNECTCODE
Profile name: Digital SIP
Advance Profile

Digit pattern used to
indicate Call Forward on
busy (PBX to VoiceMail)
Mib name:
vmDigitPatternVmDigitPatte
rnOnBusyExternal

INI Name:
DIGITPATTERNFORWAR
DONBUSYEXT

Profile name: Digital SIP
Advance Profile

Digit pattern used to
indicate Call Forward on no
answer (PBX to VoiceMail)
Mib name:
vmDigitPatternVmDigitPatte
rnOnNoAnswerExternal

INI Name:
DIGITPATTERNFORWAR
DONNOANSWEREXT
Profile name: Digital SIP
Advance Profile

Digit pattern used to
indicate Call Forward on Do
Not Disturb (PBX to
VoiceMail)

Mib name:
vmDigitPatternVmDigitPatte
rnOnDNDEXxternal

INI Name:
DIGITPATTERNFORWAR
DONDNDEXT

Profile name: Digital SIP
Advance Profile
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Parameter
Name

VM Digit
Pattern No
Reason
External

Digit To
Ignore

MWI

MWI On
Code

MWI Off
Code

Provisioning
Type

Type

String Instant

Up to 119 chars.

String Instant

Up to 50 chars.

String Instant

Up to 25 chars.

String Instant

Up to 25 chars.

Default
Value

Description

Digit pattern used to
indicate Call Forward with
no reason (PBX to
VoiceMail)

Mib name:
vmDigitPatternVmDigitPatte
rnNoReasonExternal

INI Name:
DIGITPATTERNFORWAR
DNOREASONEXT

Profile name: Digital SIP
Advance Profile

A digit (0-9,A-D,* or #) that
if received as Src (S) or
Redirect (R), the digit is
ignored and not added to
that number. Used in DTMF
VoiceMail.

Mib name:
vmDigitPatternDigitTolgnor
e

INI Name:
DIGITPATTERNDIGITTOI
GNORE

Profile name: Digital SIP
Advance Profile

Digit pattern used to notify
PBX about messages
waiting for extension
(added as prefix)

Mib name: vmMWIOnCode
INI Name: MWIONCODE
Profile name: Digital SIP
Advance Profile

Digit pattern used to notify
PBX about no messages
waiting for extension
(added as prefix)

Mib name: vmMWIOffCode
INI Name: MWIOFFCODE
Profile name: Digital SIP
Advance Profile
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Parameter
Name

MW1 Suffix
Code

MW!I Source
Number

SMDI

Enable
SMDI

Provisioning
Type

Type

String Instant

Up to 25 chars.

String Instant

Up to 50 chars.

Enum: Offline

Disable(0), Enable(1)

Default
Value

ll0ll

Description

MW]I suffix code used to
notify PBX about messages
waiting for extension
(added as suffix to the
extention number)

Mib name:
vmMWISuffixCode

INI Name:
MWISUFFIXCODE
Profile name: Digital SIP
Advance Profile

The phone number sent as
source number toward
PSTN for MWI setup

Mib name:
vmMWISourceNumber

INI Name:
MWISOURCENUMBER
Profile name: Digital SIP
Advance Profile

Enables the Simplified
Message Desk Interface
(SMDI). SMDI defines a
method whereby telephony
systems can provide voice-
messaging systems with
data required by those
telephony systems to
process incoming calls
intelligently. Whenever the
phone system routes a call,
it sends an SMDI message
through an EIA/TIA-232
connection to the voice-
messaging system that tells
it the line that it is using, the
type of call that it is
forwarding, and information
about the source and
destination of the call.

0 = Normal Serial{@}1 =
Serial SMDI

Mib name: vmSMDIEnable
INI Name: SMDI

Profile name: Digital SIP
Advance Profile
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Parameter Type Provisioning Default Description
Name Type Value
SMDI Integer Instant "2000" | Time out for:

Timeout 0-120000 1. From SMDI Info until
SETUP{@}2. From SETUP
until SMDI event
Mib name:
vmSMDITimeOut
INI Name: SMDITIMEOUT
Profile name: Digital SIP
Advance Profile

212 Tab: MLPP
Frame: Advanced Applications Provisioning, Tab: MLPP
Parameter Type Provisioning Default Description
Name Type Value
Call Priority Enum: Instant "0" | Priority mode:
Mode Disable(0), 0-disable{@}1-MLPP{@}2-emergency
MLPP(1),Emergency(2) Mib name: mippCallPriorityMode
INI Name: CALLPRIORITYMODE
Profile name: Digital SIP Advance Profile
Default Enum: Instant "1" | MLPP Default Namespace
Name DSN(1), Mib name: mlppDefaultNamespace
Space DOD(2),DRSN(3),UC(5) INI Name:
MLPPDEFAULTNAMESPACE
Profile name: Digital SIP Advance Profile
Default Call String Instant " SIP Default Call Priority
Priority Up to 29 chars. Mib name: mippDefaultCallPriority
INI Name: SIPDEFAULTCALLPRIORITY
Profile name: Digital SIP Advance Profile
Diff Serv Integer Instant "50"  DiffServ value for MLPP calls
0-63 Mib name: mlppDiffServ
INI Name: MLPPDIFFSERV
Profile name: Digital SIP Advance Profile
Preemption Integer Instant "3" | Preemption Tone Duration, 0-60
Tone 0-60 seconds.
Duration Mib name: mlppPreemptionToneDuration
INI Name:
PREEMPTIONTONEDURATION
Profile name: Digital SIP Advance Profile

Default String Instant  "000000" MLPP Default Service Domain String (6

Service Up to 6 chars. Hex Digits)

Domain Mib name: mippDefaultServiceDomain

INI Name:

MLPPDEFAULTSERVICEDOMAIN

Profile name: Digital SIP Advance Profile
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Parameter
Name

Normalized
Service
Domain

RTP DSCP
for MLPP
Routine

RTP DSCP
for MLPP
Priority

RTP DSCP
for MLPP
Immediate

RTP DSCP
for MLPP
Flash

RTP DSCP
for MLPP
Flash
Override

RTP DSCP
for MLPP
Flash-
Override-
Override

E911 MLPP
Behavior

Type

String
Up to 6 chars.

Integer
-1-63

Integer
-1-63

Integer
-1-63

Integer
-1-63

Integer
-1-63

Integer
-1-63

Enum:
standardMode(0),
routineMode(1)

Provisioning Default

Type

Instant

Instant

Instant

Instant

Instant

Instant

Instant

Instant

Value

Description

"000000" MLPP Normalized Service Domain String

ll_1 n

ll_1 n

ll_1 n

ll_1 n

ll_1 n

ll_1 n

ll0ll

(6 Hex Digits)

Mib name:
mlppNormalizedServiceDomain

INI Name:
MLPPNORMALIZEDSERVICEDOMAIN
Profile name: Digital SIP Advance Profile

Defines the RTP DSCP for MLPP
Routine call

Mib name: mippRoutineRTPDSCP

INI Name: MLPPROUTINERTPDSCP
Profile name: Digital SIP Advance Profile

Defines the RTP DSCP for MLPP Priority
call

Mib name: mlppPriorityRTPDSCP

INI Name: MLPPPRIORITYRTPDSCP
Profile name: Digital SIP Advance Profile

Defines the RTP DSCP for MLPP
Immediate call

Mib name: mipplmmediateRTPDSCP

INI Name: MLPPIMMEDIATERTPDSCP
Profile name: Digital SIP Advance Profile

Defines the RTP DSCP for MLPP Flash
call

Mib name: mippFlashRTPDSCP

INI Name: MLPPFLASHRTPDSCP
Profile name: Digital SIP Advance Profile

Defines the RTP DSCP for MLPP Flash-
Override call

Mib name: mippFlashOverRTPDSCP

INI Name:
MLPPFLASHOVERRTPDSCP

Profile name: Digital SIP Advance Profile

Defines the RTP DSCP for MLPP Flash-
Override-Override call

Mib name:
mlppFlashOverOverRTPDSCP

INI Name:
MLPPFLASHOVEROVERRTPDSCP
Profile name: Digital SIP Advance Profile

Defines the MLPP E911 Preemption
mode:

(0)-Standard Mode (ets calls will have
the highest priority and can preemt any
mipp call),{@}(1)-Treat as routine mode
(ets calls are treated as routine calls)
Mib name: mlppE911Behavior

INI Name: E9Q11MLPPBEHAVIOR
Profile name: Digital SIP Advance Profile
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2.1.3 Tab: Emergency

Frame: Advanced Applications Provisioning, Tab: Emergency

Parameter Type Provisioning Default Description
Name Type Value
Index Integer NA "0" | Emergency numbers, starting at 0.
0-3 Mib name: acEmergencyNumbersindex
Profile name: Not Profiled
Emergency Integer Instant "10" | [min] Regret time for call that is marked as
Regret 1-30 Emergency
Timeout Mib name: acEmergencyRegretTimeout
INI Name:

EMERGENCYREGRETTIMEOUT
Profile name: Digital SIP Advance Profile

Emergency String Instant Emergency numbers
Numbers Up to 4 chars. Mib name: acEmergencyNumbersNumbers
INI Name: EMERGENCYNUMBERS
Profile name: Digital SIP Emergency Table
Profile
Emrgncy Enum: Instant "0" | When enabled, if an emergency call is
Special Rel Disable(0), rejected it will be rejected with 503.
Cse Enable(1) Mib name: miscEmrgncySpecialRelCse
INI Name:

EMERGENCYSPECIALRELEASECAUSE
Profile name: Digital SIP Advance Profile

2.2 Frame: Bandwidth Management

2.2.1 Tab: Bandwidth Management

Frame: Bandwidth Management, Tab: Bandwidth Management

Parameter Type Provisioning Default Description
Name Type Value
Rule Action Enum: Instant "0" | Rule Action
reportOnly(0), Mib name:
noMoreCalls(1),IbrCalls(2),ptimeMul2(3 acBandwidthManageme
),ptimeMul4(4),noAction(5) ntRuleAction
INI Name:
BWMANAGEMENT_RU
LEACTION

Profile name: Bandwidth
Management Profile
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Parameter Type Provisioning Default Description
Name Type Value

Threshold Integer Instant "0" | Threshold
0-4294967295 Mib name:

acBandwidthManageme
ntThreshold
INI Name:
BWMANAGEMENT_TH
RESHOLD
Profile name: Bandwidth
Management Profile

Hysteresis Integer Instant "0" | Hysteresis
0-4294967295 Mib name:

acBandwidthManageme
ntHysteresis
INI Name:
BWMANAGEMENT_HY
STERESIS
Profile name: Bandwidth
Management Profile

2.3 Frame: Bandwidth Profile Frame

2.3.1 Tab: General Settings

Frame: Bandwidth Profile Frame, Tab: General Settings

Parameter Type Provisioning Default Description
Name Type Value
Name String Online BW Profile name

Up to 39 chars. Mib name: acCPQOEBWProfileName
INI Name: BWPROFILE_NAME
Profile name: Not Profiled

Egress Audio Integer Online "-1" | Audio tx throughput in bits per second to
Bandwidth -2147483648- cross this threshold
[Kbps] 2147483647 Mib name:
acCPQOEBWProfileEgressAudioBandwidth
INI Name:

BWPROFILE_ EGRESSAUDIOBANDWIDTH
Profile name: Not Profiled

Ingress Audio Integer Online "0" | Audio tx throughput in bits per second to
Bandwidth -2147483648- cross this threshold
[Kbps] 2147483647 Mib name:
acCPQOEBWUProfileIngressAudioBandwidth
INI Name:

BWPROFILE_INGRESSAUDIOBANDWIDTH
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Egress Video Integer Online "-1" | Video tx throughput in bits per second to
Bandwidth -2147483648- cross this threshold
[Kbps] 2147483647 Mib name:
acCPQOEBWUProfileEgressVideoBandwidth
INI Name:
BWPROFILE_EGRESSVIDEOBANDWIDTH
Profile name: Not Profiled
Ingress Video Integer Online "-1"  Video rx throughput in bits per second to
Bandwidth -2147483648- cross this threshold
[Kbps] 2147483647 Mib name:
acCPQOEBWProfilelngressVideoBandwidth
INI Name:
BWPROFILE_INGRESSVIDEOBANDWIDTH
Profile name: Not Profiled
Total Egress Integer Online "-1" | Total tx throughput in bits per second to
Bandwidth -2147483648- cross this threshold
[Kbps] 2147483647 Mib name:
acCPQOEBWProfileTotalEgressBandwidth
INI Name:
BWPROFILE_TOTALEGRESSBANDWIDTH
Profile name: Not Profiled
Total Ingress Integer Online "-1" | Total rx throughput in bits per second to
Bandwidth -2147483648- cross this threshold
[Kbps] 2147483647 Mib name:
acCPQOEBWProfileTotallngressBandwidth
INI Name:
BWPROFILE_TOTALINGRESSBANDWIDTH
Profile name: Not Profiled
Warning Integer Online "70" | warning threshold in percent from the total
Threshold 0-100 bandwidth
[%] Mib name:
acCPQOEBWPTrofileWarningThreshold
INI Name:
BWPROFILE_WARNINGTHRESHOLD
Profile name: Not Profiled
Hysteresis Integer Online "8" | Hysteresis in percentage from total
[%] 0-100 bandwidth
Mib name: acCPQOEBWProfileHysteresis
INI Name: BWPROFILE_HYSTERESIS
Profile name: Not Profiled
Generate Enum: Online "0" | if threshold is crossed SNMP alarm should
Alarms no(0), yes(1) be generated
Mib name:
acCPQOEBWUProfileGenerateAlarms
INI Name:
BWPROFILE_GENERATEALARMS
Profile name: Not Profiled
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2.4  Frame: CLI Terminals Provisioning

24.1 Tab: CLI Terminals Provisioning

Frame: CLI Terminals Provisioning, Tab: CLI Terminals Provisioning

Parameter Type Provisioning Type Default Description
Name Value

Telnet &
SSH

Server Enum: Instant "0" | Enables or

Enable disable(0), enable(1),ssl(2) disables the
embedded
Telnet server.
Telnet is
disabled by
default for
security
reasons.
0=
Disable{@}1=
Enable{@}2 =
SSL mode (if
available -
requires an
SSL-aware
Telnet client
software)
{@}SSL mode is
not available on
the MP-108 /
MP-124 media
gateways
Mib name:
acSysTelnetSer
verEnable
INI Name:
TELNETSERVE
RENABLE
Profile name:
Digital CLI
Terminals
Profile
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Parameter
Name

Server Port

Server Idle
Disconnect

Type

Integer
0-65535

Integer
0-2147483647

Provisioning Type Default

Online

Offline

Value

ll23ll

ll0ll

Description

Defines the port
number for the
embedded
Telnet server.
Range = Valid
port number
Mib name:
acSysTelnetSer
verPort

INI Name:
TELNETSERVE
RPORT

Profile name:
Digital CLI
Terminals
Profile

This parameter
is used to set
the timeout for
disconnection of
an idle Telnet
session
(minutes). When
set to zero, idle
sessions are not
disconnected.
{@}Range: Any
number

Mib name:
acSysTelnetSer
verldleDisconne
ct

INI Name:
TELNETSERVE
RIDLEDISCON
NECT

Profile name:
Digital CLI
Terminals
Profile
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Parameter
Name

SSH Server
Port

SSH Server
Enable

Type

Integer
0-65535

Enum:
Disable(0), Enable(1)

Provisioning Type Default

Online

Online

Value

ll22ll

ll0ll

Description

Defines the port
number for the
embedded SSH
server.

Range = Valid
port number
Mib name:
acSysTelnetSS
HServerPort
INI Name:
SSHSERVERP
ORT

Profile name:
Digital CLI
Terminals
Profile

Enables or
disables the
embedded SSH
server.

0=
Disable{@}1=
Enable{@}

Mib name:
acSysTelnetSS
HServerEnable
INI Name:
SSHSERVERE
NABLE

Profile name:
Digital CLI
Terminals
Profile
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Parameter Type Provisioning Type Default Description
Name Value

SSH Admin String Instant " | This parameter

Key Up to 510 chars. holds an RSA
public key for
strong
authentication to
the SSH
interface (if
enabled).
The value
should be a
base64-encoded
string; see the
Security
appendix for
additional
information.
Mib name:
acSysTelnetSS
HAdminKey
INI Name:
SSHADMINKEY
Profile name:
Digital CLI
Terminals
Profile

SSH Enum: Instant "0" | Enables or
Require Disable(0), Enable(1) disables RSA
Public Key public keys in
SSH.
When set to 0,
RSA public keys
are optional (if
SSHAdminKey
is set).{@}When
setto 1, RSA
public keys are
mandatory.
Mib name:
acSysTelnetSS
HRequirePublic
Key
INI Name:
SSHREQUIREP
UBLICKEY
Profile name:
Digital CLI
Terminals
Profile
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Parameter Type Provisioning Type Default Description
Name Value

Telnet SSH Integer Online "2"  Configure
Max 1-5 maximum
Sessions allowed number
of SSH
sessions.
Mib name:
acSysTelnetSS
HMaxSessions
INI Name:
SSHMAXSESSI
ONS
Profile name:
Digital CLI
Terminals
Profile

SSH Max Integer Online "32768" Configure
Payload 550-32768 maximum
Size uncompressed

payload size for
SSH packets, in
bytes.
Mib name:
acSysTelnetSS
HMaxPayloadSi
ze
INI Name:
SSHMAXPAYL
OADSIZE
Profile name:
Digital CLI
Terminals
Profile

SSH Max Integer Online "35000" Configure
Binary 582-35000 maximum
Packet Size packet size for
SSH packets, in
bytes.
Mib name:
acSysTelnetSS
HMaxBinaryPac
ketSize
INI Name:
SSHMAXBINAR
YPACKETSIZE
Profile name:
Digital CLI
Terminals
Profile
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Parameter Type
Name
Max Integer
Sessions 1-5
Serial IF
Baud Rate Enum:
r1200(1200),

r2400(2400),r4800(4800),r9600(9600),r1
4400(14400),r19200(19200),r38400(384
00),r57600(57600),r115200(115200)

Provisioning Type Default

Instant

Offline

Value

ll2ll

"9600"

Description

Configures the
maximum
allowed number
of telnet
sessions.

Mib name:
acSysTelnetMax
Sessions

INI Name:
TELNETMAXSE
SSIONS

Profile name:
Not Profiled

Enables
changes to the
Serial Baud
Rate for
Simplified
Message Desk
Interface
(SMDI).
{@}Standard
values: 1200,
2400, 9600,
14400, 19200,
38400, 57600,
115200.

Mib name:
acSysSeriallFBa
udRate

INI Name:
SERIALBAUDR
ATE

Profile name:
Digital CLI
Terminals
Profile
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Parameter Type
Name

Data Integer
7-8

Parity Enum:
none(0), odd(1),even(2)

Stop Integer
1-2

Provisioning Type Default Description

Offline

Offline

Offline

Value

"8" | Changes the
serial data bit for
the Simplified
Message Desk
Interface
(SMDI).
{@7=7
Bit{@}8 = 8 Bit
Mib name:
acSysSeriallFDa
ta
INI Name:
SERIALDATA
Profile name:
Digital CLI
Terminals
Profile

"0" | Changes the
serial parity for
the Simplified
Message Desk
Interface
(SMDI).

{@}0 = None
{@}1 = Odd
{@}2 = Even
Mib name:
acSysSeriallFPa
rity

INI Name:
SERIALPARITY
Profile name:
Digital CLI
Terminals
Profile

"1" | Changes the
serial stop for
the Simplified
Message Desk
Interface
(SMDI).

{@}1 = 1Bit
{@}2 = 2 Bit
Mib name:
acSysSerial IFSt
op

INI Name:
SERIALSTOP
Profile name:
Digital CLI
Terminals
Profile
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Parameter Type Provisioning Type Default Description
Name Value

Flow Control Enum: Offline "0" | Changes the

none(0), hardware(1) serial flow
control for the
Simplified
Message Desk
Interface
(SMDI).
@}0 =
None{@}1 =
Hardware
Mib name:
acSysSeriallFFI
owControl
INI Name:
SERIALFLOWC
ONTROL
Profile name:
Digital CLI
Terminals
Profile

2.5 Frame: Color Rules Frame

251 Tab: General Settings

Frame: Color Rules Frame, Tab: General Settings

Parameter Type Provisioning Default Description
Name Type Value
Monitored Enum: Online "0"  The quality parameter to monitor
Param Mos(0), Mib name:
Delay(1),PacketLoss(2),Jitter(3 acCPQOEColorRulesMonitoredP
),Rerl(4) aram
INI Name:
QOECOLORRULES_MONITORE
DPARAM
Profile name: Not Profiled
Direction Enum: Online "0" | Whether the parameter is
DeviceSide(0), RemoteSide(1) monitored on the remote or local
side.
Mib name:
acCPQOEColorRulesDirection
INI Name:

QOECOLORRULES DIRECTION
Profile name: Not Profiled
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Parameter Type
Name
Profile Enum:
userDefined(0),
lowSensitivity(1),averageSensit
ivity(2),highSensitivity(3)
Green Integer
Yellow 0-4294967295
Threshold
Green Integer
Yellow 0-4294967295
Hystersis
Yellow Integer
Red 0-4294967295
Threshold
Yellow Integer
Red 0-4294967295
Hystersis

Provisioning Default

Description

Predefined thresholds selected
according to the chosen sensitivity
level

Mib name:
acCPQOEColorRulesProfile

INI Name:

QOECOLORRULES PROFILE
Profile name: Not Profiled

The threshold for status change
from green (good quality) to
yellow (medium quality)

Mib name:
acCPQOEColorRulesGreenYello
wThreshold

INI Name:

QOECOLORRULES GREENYEL
LOWTHRESHOLD

Profile name: Not Profiled

The hysteresis of the green to
yellow threshold

Mib name:
acCPQOEColorRulesGreenYello
wHystersis

INI Name:

QOECOLORRULES GREENYEL
LOWHYSTERESIS

Profile name: Not Profiled

The threshold for status change
from yellow (medium quality) to
red (poor quality)

Mib name:
acCPQOEColorRulesYellowRedT
hreshold

INI Name:
QOECOLORRULES_YELLOWRE
DTHRESHOLD

Profile name: Not Profiled

The hysteresis of yellow to red
threshold

Mib name:
acCPQOEColorRulesYellowRedH
ystersis

INI Name:

QOECOLORRULES YELLOWRE
DHYSTERESIS

Profile name: Not Profiled

OAMP Guide

Document #: LTRT-32128



OAMP Guide 2. Provisioning Parameters

2.6  Frame: Cost Group Provisioning

2.6.1 Tab: Cost Group

Frame: Cost Group Provisioning, Tab: Cost Group

Parameter Type Provisioning Default Description
Name Type Value
Cost String Instant " | Cost Group Name
Group Up to 29 Mib name: costGroupName
Name chars. INI Name:

COSTGROUPTABLE_COSTGROUPNAME
Profile name: Not Profiled

Default Integer Instant "0" | The default connection cost for calls in this cost group.
Connect 0-30000 Used if not in a timeband.
Cost Mib name: costGroupDefaultConnectionCost
INI Name:

COSTGROUPTABLE_DEFAULTCONNECTIONCOST
Profile name: Not Profiled

Default Integer Instant "0" | The default cost per minute for calls in this cost group.
Time Cost|  0-30000 Used if not in a timeband.
Mib name: costGroupDefaultMinuteCost
INI Name:

COSTGROUPTABLE_DEFAULTMINUTECOST
Profile name: Not Profiled

2.7  Frame: Digital Gateway Provisioning

2.7.1 Tab: Digital Settings

Frame: Digital Gateway Provisioning, Tab: Digital Settings

Parameter Name Type Provisioning Default Description
Type Value
B-channel Negotiation Enum: Instant "0" | ISDN B-Channel negotiation
No(0), Yes(1),Any(2) mode

Mib name:
digitalGWBChannelNegotiation
INI Name:
BCHANNELNEGOTIATION

Profile name: Digital SIP Digital
Gateway Profile

Swap Redirect And Enum: Instant "0" | Swap Redirect and Called
Called Numbers No(0), Yes(1) numbers
Mib name:
digital GWSwapRedirectNumber
INI Name:

SWAPREDIRECTNUMBER
Profile name: Digital SIP Digital
Gateway Profile
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Parameter Name Type

R2 Category Integer

1-15

CAS Detection Of
Hook Flash

Enum:

TDM Over IP Enum:

Disable(0), Enable(1)

TDM Over IP Min Integer
Calls For Trunk 0-31
Activation

Transparent Coder Enum:

On Data Call

Disable(0), Enable(1)

Disable(0), Enable(1)

Provisioning Default
Type Value

Instant "

Instant "0"

Offline "0"

Instant "o"

Instant "o"

Description

MFCR2 Calling Party's category
Mib name:

digital GWR2Category

INI Name: R2CATEGORY
Profile name: Digital SIP Digital
Gateway Profile

0 (default): Hookflash not
forwarded 1:HookFlash
forwarded - Testing

Mib name:

digital GWCASSendHookFlash
INI Name:
CASSENDHOOKFLASH
Profile name: Digital SIP Digital
Gateway Profile

Enable gateway to maintain a
permanent RTP connection
Mib name:

digital GWEnable TDMOverlp
INI Name:
ENABLETDMOVERIP

Profile name: Digital SIP Digital
Gateway Profile

Minimum connected calls for
trunk activation while in
TDMOverlPMode if O - trunk is
always active

Mib name:
digitalGWextTDMOverlPMinCall
sForTrunkActivation

INI Name:
TDMOVERIPMINCALLSFORTR
UNKACTIVATION

Profile name: Digital SIP Digital
Gateway Profile

In case the transfer capability of
a call from ISDN is data open
with transparent coder

Mib name:
digitalGWTransparentCoderOnD
ataCall

INI Name:
TRANSPARENTCODERONDAT
ACALL

Profile name: Digital SIP Digital
Gateway Profile
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Parameter Name Type

Type

Support Redirectin Enum: Instant
Facility Disable(0), Enable(1)

Connect On Progress Enum: Instant
Ind Disable(0), Enable(1)

Enable UUI Tel 2 Ip Enum: Instant
Disable(0), Enable(1)

Enable UUl Ip 2 Tel Enum: Instant
Disable(0), Enable(1)

Send ISDN Transfer Enum: Instant

On Connect Disable(0), Enable(1)

Provisioning Default

Value

ll0ll

ll0ll

ll0ll

ll0ll

ll0ll

Description

Search for redirect number in
facility 1E

Mib name:
digitalGWSupportRedirectinFacil
ity

INI Name:
SUPPORTREDIRECTINFACILI
TY

Profile name: Digital SIP Digital
Gateway Profile

FXS:generate Callerld siganls
during ringing FXO:collect
Callerld and use it in Setup
message.

Mib name:
digitalGWConnectOnProgressin
d

INI Name:
CONNECTONPROGRESSIND
Profile name: Digital SIP Digital
Gateway Profile

Enable User-User IE to pass in
Setup from ISDN to IP

Mib name:

digital GWEnableUuiTel2Ip

INI Name: ENABLEUUITEL2IP
Profile name: Digital SIP Digital
Gateway Profile

Enable User-User IE to pass in
Setup from IP to ISDN

Mib name:

digital GWEnableUuilp2Tel

INI Name: ENABLEUUIIP2TEL
Profile name: Digital SIP Digital
Gateway Profile

Send TBCT/ECT/RLT request
only when second leg call is
connected

Mib name:
digitalGWSendISDNTransferOn
Connect

INI Name:
SENDISDNTRANSFERONCON
NECT

Profile name: Digital SIP Digital
Gateway Profile
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Parameter Name Type
Type
Enable ISDN Enum: Instant
Tunneling Tel 2 IP Disable(0),
UsingHeader(1),Usin
gBody(2)
Enable ISDN Enum: Instant
Tunneling IP 2 Tel Disable(0),
UsingHeader(1),Usin
gBody(2)
Enable Hold 2 ISDN Enum: Instant
Disable(0), Enable(1)
Enable QSIG Enum: Instant
Tunneling Disable(0), Enable(1)
Remove CLI When Enum: Instant

Restricted Disable(0), Enable(1)

Provisioning Default
Value

ll0ll

ll0ll

ll0ll

ll0ll

ll0ll

Description

Enable ISDN tunneling to pass
Setup and Facility messages
from ISDN to IP

Mib name:

digital GWEnableISDNTunneling
Tel2lp

INI Name:
ENABLEISDNTUNNELINGTEL2
IP

Profile name: Digital SIP Digital
Gateway Profile

Enable ISDN tunneling to pass
Setup and Facility messages
from IP to ISDN

Mib name:

digital GWEnableISDNTunnelingl
p2Tel

INI Name:
ENABLEISDNTUNNELINGIP2T
EL

Profile name: Digital SIP Digital
Gateway Profile

Enable Hold/retrieve from and to
ISDN

Mib name:
supServicesEnableHold2ISDN
INI Name: ENABLEHOLD2ISDN
Profile name: Digital SIP Digital
Gateway Profile

Enables QSIG Tunneling over
SIP

Mib name:
digitalGWextEnableQSIGTunnel
ing

INI Name:
ENABLEQSIGTUNNELING
Profile name: Digital SIP Digital
Gateway Profile

Removes CLI from IP->TEL
calls if received CLI is restricted
Mib name:
digitalGWextRemoveCLIWhenR
estricted

INI Name:
REMOVECLIWHENRESTRICT
ED

Profile name: Digital SIP Digital
Gateway Profile
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Parameter Name

Default Cause Map
ISDN to IP

ISDN Subaddress
Format

Enable Calling Party
Category

IE To Be Added In
Q.931 Setup

List Of Trunk Groups
To Send IE

Connect Code

Type
Type

Integer Instant

0-127

Enum: Instant
Ascii(0),
Bcd(1),userSpecified(

2)

Enum: Instant

Disable(0), Enable(1)

String Instant

Up to 49 chars.

String Instant

Up to 49 chars.

String Instant

Up to 7 chars.

Provisioning Default

Value

ll0ll

ll0ll

ll0ll

Description

All ISDN release causes except
normal, busy, no user
responding, and no answer will
be mapped to this cause, if set.
Mib name:
digitalGWextDefaultCauseMapl
SDN2IP

INI Name:
DEFAULTCAUSEMAPISDN2IP
Profile name: Digital SIP Digital
Gateway Profile

ISDN SubAdress format

Mib name:

digital GWextISDNSubaddressF
ormat

INI Name:
ISDNSUBADDRESSFORMAT
Profile name: Digital SIP Digital
Gateway Profile

Enables NI2 calling party
category translation to SIP

Mib name:

digital GWEnableCallingPartyCat
egory

INI Name:
ENABLECALLINGPARTYCATE
GORY

Profile name: Digital SIP Digital
Gateway Profile

Additional information element
to send in ISDN Setup message
Mib name: iEAddIEInSetup

INI Name: ADDIEINSETUP
Profile name: Digital SIP Digital
Gateway Profile

Configure trunk groups on which
to send additional IE

Mib name: iESendIEONTG

INI Name: SENDIEONTG
Profile name: Digital SIP Digital
Gateway Profile

Play Code string to Tel side
when connect message
recieved from IP side

Mib name:
vmDigitPatternConnectCode

INI Name: TELCONNECTCODE
Profile name: Digital SIP Digital
Gateway Profile
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Parameter Name Type

Esc IP String
Up to 48 chars.

Report Mode Enum:
Disable(0),
EndCall(1),EndCallPe
riodic(2)

Enable AoC Enum:
Disable(0), Enable(1)

Remove Calling Enum:
Name Disable(0), Enable(1)

Esc Transport Type Enum:
NotConfigured(-1),
UDP(0), TCP(1),TLS(2
)

Isdn Disconnect On Enum:
Busy Tone Disable(0), Enable(1)

Provisioning Default
Value

Type

Instant

Instant

Instant

Instant

Instant

Instant

Description

"0.0.0.0"| RTCP-XR server IP address

ll0ll

ll0ll

ll0ll

ll_1 n

ll0ll

Mib name: acGWRtcpXrEsclIP
INI Name: RTCPXRESCIP
Profile name: Digital SIP Digital
Gateway Profile

0:rtcpxr is not sent over SIP at
all

1:rtcpxr is sent over sip when
call ended{@}2:rtcpxr is sent
over sip when on periodic
interval and when call

ended{ @H@H@}

Mib name:
acGWRtcpXrReportMode

INI Name:
RTCPXRREPORTMODE
Profile name: Digital SIP Digital
Gateway Profile

Enable AoC-D and AoC-E from
ISDN to SIP

Mib name:
digitalGWextEnableAoC

INI Name: ENABLEAOC
Profile name: Digital SIP Digital
Gateway Profile

If set to 1 - Removes Calling
Name from IP->TEL calls

Mib name:
digitalGWextRemoveCallingNa
me

INI Name:
REMOVECALLINGNAME
Profile name: Digital SIP Digital
Gateway Profile

RtcpXrEsc transport type

Mib name:
acGWRtcpXrEscTransportType
INI Name:
RTCPXRESCTRANSPORTTYP
E

Profile name: Digital SIP Digital
Gateway Profile

1 - Release call if gateway
receives busy or fast busy tone.
0 - don't release

Mib name:
misclsdnDisconnectOnBusyTon
e

INI Name:
ISDNDISCONNECTONBUSYT
ONE

Profile name: Digital SIP Digital
Gateway Profile
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Parameter Name Type
Type
Play RBT On ISDN Enum: Instant
Transfer Disable(0), Enable(1)
Ignore ISDN Enum: Instant
SubAddress Disable(0), Enable(1)
SendLocalTimeTolSD Enum: Instant
NConnect Disable(0), Enable(1)
Transfer Cap For Enum: Instant
Data Calls SixtyFourKUnrestricte
d(0),

AccordingTolSDNTra
nsferCapability(1)

Provisioning Default

Value

ll0ll

ll0ll

ll0ll

ll0ll

Description

Play local RBT on
TBCT/ECT/RLT transfer

Mib name:

digital GWPlayRBTONnISDNTrans
fer

INI Name:
PLAYRBTONISDNTRANSFER
Profile name: Digital SIP Digital
Gateway Profile

Ignore ISDN Subaddress

Mib name:
sipMisclgnorelSDNSubaddress
INI Name:
IGNOREISDNSUBADDRESS
Profile name: Digital SIP Digital
Gateway Profile

Send Local Date and Time To
ISDN Connect if SIP 2000K
does not contain Date header
Mib name:
digitalGWSendLocalTimeTolSD
NConnect

INI Name:
SENDLOCALTIMETOISDNCON
NECT

Profile name: Digital SIP Digital
Gateway Profile

0: ISDN Transfer Capability for
data calls will be 64k
unrestricted (data), 1:ISDN
Transfer Capability for Data calls
will be set according to
ISDNTransferCapability
parameter

Mib name:
digitalGWTransferCapabilityFor
DataCalls

INI Name:
TRANSFERCAPABILITYFORD
ATACALLS

Profile name: Digital SIP Digital
Gateway Profile
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Parameter Name

EXT Uui Header
Format

Uui Header Format

Sbc Report Mode

Type

Integer
0-2

Integer
0-3

Enum:
notSent(0),
sentWhenCallEnded(

1)

Provisioning Default

Type

Instant

Instant

Instant

Value

ll0ll

ll0ll

ll0ll

Description

0: X-UserToUser.

1: format: User-to-UserUser with
protocol discriminator. {@}2:
format: User-to-User with
'‘encoding=hex' at the end.

Mib name:
digitalGWextUuiHeaderFormat
INI Name:
USERTOUSERHEADERFORM
AT

Profile name: Digital SIP Digital
Gateway Profile

(0): X-UserToUser, (1): format:
User-to-User with protocol
discriminator, (2): format: User-
to-User with 'encoding=hex' at
the end, (3): format: User-to-
User with text presentation

Mib name:
digitalGWUuiHeaderFormat

INI Name:
USERTOUSERHEADERFORM
AT

Profile name: Digital SIP Digital
Gateway Profile

0:rtcpxr is not sent over SIP at
all

1:rtcpxr is sent over sip when
call ended

Mib name:
acGWRtcpXrSbcReportMode
INI Name:
SBCRTCPXRREPORTMODE
Profile name: Not Profiled
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2.7.2 Tab: ISDN Supplementary Services

Frame: Digital Gateway Provisioning, Tab: ISDN Supplementary Services

Parameter Type
Name

Index Integer
0-159

Row Status Enum:
Active(1),
NotInService(2),NotRead
y(3),CreateAndGo(4),Cre
ateAndWait(5),Destroy(6

)

Phone String
Number Up to 25 chars.

Module Integer
-2147483648-
2147483647

Port Integer
-2147483648-
2147483647

User ID String
Up to 50 chars.

Read-Only

NA

Instant

Instant

Instant

Instant

Provisioning Type Default
Value

llOll

ll3ll

ll0ll

ll0ll

Description

Mib name: isdnSuppServindex
INI Name:
ISDNSUPPSERV_INDEX
Profile name: Not Profiled

Row-Status Textual
Conventions as defined in RFC
2579: Textual Conventions for
SMIv2

Mib name:
isdnSuppServRowStatus

INI Name:
ISDNSUPPSERV_ROWSTAT
us

Profile name: Not Profiled

GwApp ISDN Supplementary
Services Table

Mib name:
isdnSuppServPhoneNumber
INI Name:
ISDNSUPPSERV_PHONENU
MBER

Profile name: Not Profiled

GwApp ISDN Supplementary
Services Table

Mib name:
isdnSuppServModule

INI Name:
ISDNSUPPSERV_MODULE
Profile name: Not Profiled

GwApp ISDN Supplementary
Services Table

Mib name: isdnSuppServPort
INI Name:
ISDNSUPPSERV_PORT
Profile name: Not Profiled

GwApp ISDN Supplementary
Services Table

Mib name:
isdnSuppServUserld

INI Name:
ISDNSUPPSERV_USERID
Profile name: Not Profiled
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Parameter Type
Name

User String
Password

Caller ID String
Up to 32 chars.

Is Enum:
Presentation | NotConfigured(255),
Restricted | Allowed(0),Restricted(1)

Is Caller ID Enum:
Enabled NotConfigured(255),
Disabled(0),Enabled(1)

Provisioning Type Default

Instant

Instant

Instant

Instant

Value

ll255ll

ll255ll

Description

GwApp ISDN Supplementary
Services Table

Mib name:
isdnSuppServUserPassword
INI Name:
ISDNSUPPSERV_USERPASS
WORD

Profile name: Not Profiled

GwApp ISDN Supplementary
Services Table

Mib name:
isdnSuppServCallerlD

INI Name:
ISDNSUPPSERV_CALLERID
Profile name: Not Profiled

GwApp ISDN Supplementary
Services Table

Mib name:
isdnSuppServisPresentationR
estricted

INI Name:
ISDNSUPPSERV_ISPRESEN
TATIONRESTRICTED

Profile name: Not Profiled

GwApp ISDN Supplementary
Services Table

Mib name:
isdnSuppServisCallerIDEnable
d

INI Name:

ISDNSUPPSERV _ISCALLERI
DENABLED

Profile name: Not Profiled
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2.8 Frame: DNS Provisioning

2.8.1 Tab: Internal DNS

Frame: DNS Provisioning, Tab: Internal DNS

Parameter Type Provisioning Default Description
Name Type Value
Index Integer NA "0" Entry number,
0-19 starting at 0.
Mib name:
dnsinfolndex
INI Name:
DNS2IP_INDEX
Profile name: Not
Profiled
Status Enum: Instant "3" Row-Status
Active(1), Textual
NotInService(2),NotReady(3),CreateAndG Conventions as
0(4),CreateAndWait(5),Destroy(6) defined in RFC

2579: Textual
Conventions for
SMiv2

Mib name:
dnsinfoRowStatus
Profile name: Not
Profiled

Domain String Instant Domain Name
Name Up to 69 chars. Mib name:
dnsinfoDomainNa
me
INI Name:
DNS2IP_DOMAIN
NAME
Profile name: Not
Profiled

IP Address String Instant IP Address
1 Up to 15 chars. Mib name:

dnslinfoFirstIPAdd
ress
INI Name:
DNS2IP_FIRSTIP
ADDRESS
Profile name: Not
Profiled
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Parameter
Name

IP Address
2

IP Address
3

IP Address
4

Type Provisioning
Type
String Instant

Up to 15 chars.

String Instant
Up to 15 chars.

String Instant
Up to 15 chars.

Default Description
Value

IP Address
Mib name:
dnsinfoSecondIP
Address
INI Name:
DNS2IP_SECON
DIPADDRESS
Profile name: Not
Profiled

IP Address
Mib name:
dnsiInfoThirdIPAd
dress
INI Name:
DNS2IP_THIRDIP
ADDRESS
Profile name: Not
Profiled

IP Address
Mib name:
dnsinfoFourthIPA
ddress
INI Name:
DNS2IP_FOURT
HIPADDRESS
Profile name: Not
Profiled
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2.8.2 Tab:

Parameter
Name

Index

Status

Internal SRV

Frame: DNS Provisioning, Tab: Internal SRV

Type Provisioning Default Description
Type Value

Integer NA "0" | Entry number,

0-9 starting at 0.
Mib name:
srvinfolndex
INI Name:
SRV2IP_INDEX
Profile name: Not
Profiled

Enum: Instant "3" | Row-Status
Active(1), Textual

NotInService(2),NotReady(3),CreateAndGo(4 Conventions as

Internal
Domain
Name

Transport
Type

DNS
Name

),CreateAndWait(5),Destroy(6) defined in RFC
2579: Textual
Conventions for
SMiv2
Mib name:
srvinfoRowStatus
Profile name: Not
Profiled

String Instant the Domain name

Up to 70 chars. for the SRV query
Mib name:
srvinfolnternalDo
mainName
INI Name:
SRV2IP_INTERN
ALDOMAIN
Profile name: Not
Profiled

Enum: Instant "0" | the transport type

UDP(0), TCP(1),TLS(2) Mib name:
srvinfoTransportT
ype
INI Name:
SRV2IP_TRANSP
ORTTYPE
Profile name: Not
Profiled

String Instant " the DNS in the

Up to 99 chars. SRV Query Result
Mib name:
srvinfoDNSName
INI Name:
SRV2IP_DNS1
Profile name: Not
Profiled
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Parameter
Name

Priority

Weight

Port

DNS
Name 2

Priority 2

Weight 2

Type

Integer
0-65000

Integer
0-65000

Integer
0-65534

String
Up to 99 chars.

Integer
0-65000

Integer
0-65000

Provisioning Default
Value

Type

Instant

Instant

Instant

Instant

Instant

Instant

ll0ll

ll0ll

ll0ll

ll0ll

ll0ll

Description

the Priority of this
SRV Query

Mib name:
srvinfoPriority

INI Name:
SRV2IP_PRIORIT
Y1

Profile name: Not
Profiled

the Weight of this
SRV Query

Mib name:
srvinfoWeight

INI Name:
SRV2IP_WEIGHT
1

Profile name: Not
Profiled

the port of the
DNS

Mib name:
srvinfoPort

INI Name:
SRV2IP_PORT1
Profile name: Not
Profiled

the DNS in the
SRV Query Result
Mib name:
srvinfoDNSName
2

INI Name:
SRV2IP_DNS2
Profile name: Not
Profiled

the Priority of this
SRV Query

Mib name:
srvinfoPriority2
INI Name:
SRV2IP_PRIORIT
Y2

Profile name: Not
Profiled

the Weight of this
SRV Query

Mib name:
srvinfoWeight2
INI Name:
SRV2IP_WEIGHT
2

Profile name: Not
Profiled
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Parameter
Name

Port 2

DNS

Name 3

Priority 3

Weight 3

Port 3

Type

Integer
0-65534

String
Up to 99 chars.

Integer
0-65000

Integer
0-65000

Integer
0-65534

Provisioning Default
Value

Type

Instant

Instant

Instant

Instant

Instant

ll0ll

ll0ll

ll0ll

ll0ll

Description

the port of the
DNS

Mib name:
srvinfoPort2

INI Name:
SRV2IP_PORT2
Profile name: Not
Profiled

the DNS in the
SRV Query Result
Mib name:
srvinfoDNSName
3

INI Name:
SRV2IP_DNS3
Profile name: Not
Profiled

the Priority of this
SRV Query

Mib name:
srvinfoPriority3
INI Name:
SRV2IP_PRIORIT
Y3

Profile name: Not
Profiled

the Weight of this
SRV Query

Mib name:
srvinfoWeight3
INI Name:
SRV2IP_WEIGHT
3

Profile name: Not
Profiled

the port of the
DNS

Mib name:
srvinfoPort3

INI Name:
SRV2IP_PORT3
Profile name: Not
Profiled
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2.9 Frame: DTMF and Supplementary Provisioning

29.1 Tab: DTMF

Frame: DTMF and Supplementary Provisioning, Tab: DTMF

Parameter Type
Name
Index Integer
0-4
Rx DTMF Enum:
Option noSupportRFC2833inSDP(0),
supportRFC2833inSDP(3)
Status Enum:
Active(1),

NotInService(2),NotReady(3),CreateAndG
0(4),CreateAndWait(5),Destroy(6)

Hook Flash Enum:
Option NotSupported(0),
INFO(1),RFC2833(4),infoLucent(5)

Provisioning Default

Type
NA

Instant

Instant

Instant

Value

ll0ll

ll0ll

ll3ll

ll0ll

Description

Entry number, starting
at 0.

Mib name:
sipTxDTMFOptioninde
X

INI Name:
TXDTMFOPTION_IND
EX

Profile name: Not
Profiled

Declare support for
RFC 2833 in SDP
Mib name:
sipDTMFRxDTMFOpti
on

INI Name:
RXDTMFOPTION
Profile name: Digital
SIP DTMF And
Supplemetary Profile

Row-Status Textual
Conventions as
defined in RFC 2579:
Textual Conventions
for SMiv2

Mib name:
sipTxDTMFOptionRow
Status

Profile name: Not
Profiled

Detect and send Hook-
Flash using the
selected method

Mib name:
sipDTMFHookFlashOp
tion

INI Name:
HOOKFLASHOPTION
Profile name: Digital
SIP DTMF And
Supplemetary Profile
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Parameter Type Provisioning Default
Name Type Value
Tx DTMF Enum: Instant "0"

Option NotSupported(0),
NortelINFO(1),NOTIFY(2),CiscolNFO(3),R
FC2833(4),KoreaTelecomINFO(5)

Digit Map String Offline
Patterns Up to 500 chars.
Use Digit Enum: Instant
For Special Special(0), Numeric(1)
DTMF
Min Routing Integer Instant
Overlap 0-49
Digits

ll0ll

ll1ll

Description

Transmit DTMF option
Mib name:
sipTxDTMFOptionValu
e

INI Name:
TXDTMFOPTION_TY
PE

Profile name: Not
Profiled

The digit map patterns
separated by a vertical
bar (|), as defined in
the MEGACO RFC.
{@}Range =
String[500]

Mib name:
acCPDigitMapPatterns
INI Name:
DIGITMAPPING
Profile name: Digital
SIP DTMF And
Supplemetary Profile

Indicates whether a
special DTMF, sent
with INFO(Cisco), is
sent using its digit
representation or not.
Mib name:
sipDTMFUseDigitForS
pecialDTMF

INI Name:
USEDIGITFORSPECI
ALDTMF

Profile name: Digital
SIP DTMF And
Supplemetary Profile

Minimum number of
overlap digits before
routing

Mib name:
sipDTMFMinRoutingO
verlapDigits

INI Name:
MINOVERLAPDIGITS
FORROUTING

Profile name: Digital
SIP DTMF And
Supplemetary Profile
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Parameter Type
Name
ISDN Enum:
Overlap IP Disable(0), Enable(1)
to Tel
Dialing
2.9.2 Tab: Sup Services

Provisioning Default
Type Value

Description

Instant "0" | Enable ISDN Overlap
IP to Tel Dialing

Mib name:
sipDTMFISDNOverlapl
PtoTelDialing

INI Name:
ISDNTXOVERLAP
Profile name: Digital
SIP DTMF And

Supplemetary Profile

Frame: DTMF and Supplementary Provisioning, Tab: Sup Services

Parameter Type Provisioning Default Description
Name Type Value
Enable Hold Enum: Instant " Enable Call Hold service
No(0), Yes(1) Mib name: supServicesEnableHold
INI Name: ENABLEHOLD
Profile name: Digital SIP DTMF And
Supplemetary Profile
Hold Enum: Instant "0" Call Hold format - Zero IP, 'sendonly' SDP
Format zerolP(0), attribute or Original IP and 'inactive'
sendOnly(1),inactive attribute
(2) Mib name: supServicesHoldFormat
INI Name: HOLDFORMAT
Profile name: Digital SIP DTMF And
Supplemetary Profile
Name ID Enum: Instant "0" Enable Name ldentification service
Disable(0), Mib name: supServicesNamelD
Enable(1) INI Name:
ENABLENAMEIDENTIFICATION
Profile name: Digital SIP DTMF And
Supplemetary Profile
Send Enum: Instant "0" Send metering messages to IP on
Metering Disable(0), detection of analog metering pulses
Message Enable(1) Mib name:
To IP supServicesSendMeteringMessageTolP
INI Name: SENDMETERING2IP
Profile name: Digital SIP DTMF And
Supplemetary Profile
Held Integer Instant "-1" | Maximum time allowed for call to be
Timeout -1-2400 retreived from IP (seconds)
Mib name: supServicesHeldTimeout
INI Name: HELDTIMEOUT
Profile name: Digital SIP DTMF And
Supplemetary Profile
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Parameter
Name

Hook Flash
Code

Blind
Transfer
Disconnect
Timeout

Enable
Transfer

Logical
Prefix For
Transferred
Call

Enable Call
Waiting

Enable NRT
Subscriptio
n

AS
Subscribe
IP Group ID

Type

String

Up to 25 chars.

Integer
0-1000000

Enum:

No(0), Yes(1)

String

Up to 9 chars.

Enum:

No(0), Yes(1)

Enum:
Disable(0),
Enable(1)

Integer
-1-65525

Type

Instant

Instant

Instant

Instant

Instant

Instant

Instant

Provisioning Default
Value

ll0ll

ll1 n

ll1ll

ll0ll

ll_1 n

Description

If this code received during session, act
as if hook flash received from the TEL
side.

This parameter can use DIGIT MAP
syntax

Mib name: supServicesHookFlashCode
INI Name: HOOKFLASHCODE

Profile name: Digital SIP DTMF And
Supplemetary Profile

Maximum time (milliseconds) to wait for
disconnect from tel before performing
blind transfer

Mib name:
supServicesBlindTransferDisconnectTime
out

INI Name:
BLINDTRANSFERDISCONNECTTIMEO
uT

Profile name: Digital SIP DTMF And
Supplemetary Profile

Enable Call Transfer service

Mib name: transferEnable

INI Name: ENABLETRANSFER
Profile name: Digital SIP DTMF And
Supplemetary Profile

Prefix added to the called number of a
transferred call

Mib name: transferXferPrefix

INI Name: XFERPREFIX

Profile name: Digital SIP DTMF And
Supplemetary Profile

Enable Call Waiting service

Mib name: callWaitingEnable

INI Name: ENABLECALLWAITING
Profile name: Digital SIP DTMF And
Supplemetary Profile

Enable subscription for Call forward
ringtone Indicator service

Mib name: miscEnableNRTSubscription
INI Name: ENABLENRTSUBSCRIPTION
Profile name: Digital SIP DTMF And
Supplemetary Profile

IPGroup ID for AS server subscribe
purposes

Mib name: miscASSubscribelPGrouplD
INI Name: ASSUBSCRIBEIPGROUPID
Profile name: Digital SIP DTMF And
Supplemetary Profile
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Parameter Type Provisioning Default Description
Name Type Value
NRT Integer Instant "120" | NRT service subscription retry time after
Subscriptio 0-2000000 last subscription failure (in seconds)
n Retry Mib name:
Time miscNRTSubscriptionRetryTime
INI Name: NRTSUBSCRIBERETRYTIME
Profile name: Digital SIP DTMF And
Supplemetary Profile
Call Integer Instant """ Ringtone type for Call forward notification
Forward 1-65525 Mib name: miscCallForwardRingTonelD
Ring Tone INI Name: CALLFORWARDRINGTONEID
ID Profile name: Digital SIP DTMF And
Supplemetary Profile
MWI
MWI Enable Enum: Instant "0" Enable MWI support (Message Waiting
Disable(0), Indicator)
Enable(1) Mib name: mWIEnable
INI Name: ENABLEMWI
Profile name: Digital SIP DTMF And
Supplemetary Profile
MWI Analog Enum: Instant "0" Enable MWI support using an analog
Lamp Disable(0), lamp (110 Volt)
Enable(1) Mib name: mWIAnalogLamp
INI Name: MWIANALOGLAMP
Profile name: Digital SIP DTMF And
Supplemetary Profile
MWI Enum: Instant "0" Enable MWI support using Caller ID
Display Disable(0), interface
Enable(1) Mib name: mWIDisplay
INI Name: MWIDISPLAY
Profile name: Digital SIP DTMF And
Supplemetary Profile
MWI Server String Instant " MWI server IP address
IP Up to 49 chars. Mib name: mWIServerlP
INI Name: MWISERVERIP
Profile name: Digital SIP DTMF And
Supplemetary Profile
MWI Integer Instant "7200"  MWI service subscription expiration time
Expiration 10-2000000 (seconds)
Time Mib name: mWIExpirationTime
INI Name: MWIEXPIRATIONTIME
Profile name: Digital SIP DTMF And
Supplemetary Profile
MWI Server Enum: Instant "-1" | MWI server transport type
Transport = NotConfigured(-1), Mib name: mWIServerTransportType
Type UDP(0), TCP(1),TLS( INI Name:
2) MWISERVERTRANSPORTTYPE
Profile name: Digital SIP DTMF And
Supplemetary Profile
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Parameter
Name

Enable MWI
Subscriptio
n

Retry Time

Type

Disable(0),
Enable(1)

Provisioning Default
Type Value
Enum: Instant
Integer Instant "120"

10-2000000

2.9.3 Tab: Tones And Progress

Description

Enable subscription for Message Waiting
Indicator service

Mib name:
sipSubscribeEnableMWISubscription

INI Name: ENABLEMWISUBSCRIPTION
Profile name: Digital SIP DTMF And
Supplemetary Profile

MWI service subscription retry time after
last subscription failure (seconds)

Mib name: sipSubscribeRetryTime

INI Name: SUBSCRIBERETRYTIME
Profile name: Digital SIP DTMF And
Supplemetary Profile

Frame: DTMF and Supplementary Provisioning, Tab: Tones And Progress

Parameter
Name

Reorder
Tone
Duration
(sec)

Dial Tone
Duration
(sec)

Play Ring
Back Tone
To IP

Type Provisioning Default
Type Value

Integer
0-255

Integer
0-60

Enum:
No(0), Yes(1)

Description

Instant "0" | Duration of reorder tone

playing before FXO
releases line

Mib name:
tonesTimeForReorderTone
INI Name:
TIMEFORREORDERTONE
Profile name: Digital SIP
DTMF And Supplemetary
Profile

Instant "16" | Duration of played dial tone

after the gateway seizes
the line in response to
ringing

Mib name:
tonesTimeForDialTone
INI Name:
TIMEFORDIALTONE
Profile name: Digital SIP
DTMF And Supplemetary
Profile

Instant "0" | Enable ringback tone

playing towards IP. Refer to
User's Manual for details
Mib name:
tonesPlayRBTone2lp

INI Name:
PLAYRBTONEZ2IP

Profile name: Digital SIP
DTMF And Supplemetary
Profile
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Parameter Type
Name
Play Ring Enum:
Back Tone DoNotPlay(0),
To Tel  PlayOnLocal(1),Preferlp(2),PlayLocal

UntilRemoteMediaArrives(3)

Stutter Tone Integer
Duration 0-60000
Enable Enum:
Playing RB Disable(0), Enable(1)
Tone On
Transfer
Success
Screening Enum:
Indicator To NotOverwrited(-1),

IP UserProvided(0),UserPassed(1),User
Failed(2),NetworkProvided(3)

Screening Enum:
Indicator To NotOverwrited(-1),
ISDN UserProvided(0),UserPassed(1),User

Failed(2),NetworkProvided(3)

Type

Instant

Instant

Instant

Instant

Instant

Provisioning Default

Value

ll2ll

"2000"

ll0ll

ll_1 n

ll0ll

Description

Enable ringback tone
playing towards Tel side.
Refer to User's Manual for
details

Mib name:
tonesPlayRBTone2Tel
INI Name:
PLAYRBTONE2TEL
Profile name: Digital SIP
DTMF And Supplemetary
Profile

Time for playing
confirmation tone before
normal dial tone is played
(msec)

Mib name:
tonesStutterToneDuration
INI Name:
STUTTERTONEDURATIO
N

Profile name: Digital SIP
DTMF And Supplemetary
Profile

Play RB tone on transfer
success

Mib name:
tonesPlayRBToneXferSucc
ess

INI Name:
PLAYRBTONEONXFER
Profile name: Digital SIP
DTMF And Supplemetary
Profile

Override screening
indicator value in Setup
messages to IP

Mib name:
screeninglndicators2lp
INI Name:
SCREENINGIND2IP
Profile name: Digital SIP
DTMF And Supplemetary
Profile

Override screening
indicator value in Setup
messages to ISDN

Mib name:
screeninglndicators2ISDN
INI Name:
SCREENINGIND2ISDN
Profile name: Digital SIP
DTMF And Supplemetary
Profile
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Parameter
Name

Enable
Comfort
Tone

First Call
Ring Back
Tone ID

Precedence
Ringing
Type

Cut Through
Time For
Reorder

Tone

Type Provisioning Default
Type Value
Enum: Instant "0"

Disable(0), Enable(1)

Integer Instant

-1-1000

Integer Instant
-1-16

Integer Instant
0-30

ll_1 n

ll_1 n

ll0ll

Description

Enable Comfort Tone for
playing a patience comfort
tone between Invite and
18x response.

[0] - Disabled{@}[1] -
Enabled. Comfort Tone will
be played.

Mib name:
tonesEnableComfortTone
INI Name:
ENABLECOMFORTTONE
Profile name: Digital SIP
DTMF And Supplemetary
Profile

The index of the first Call
RB tone in the call-progress
tones file

Mib name:
tonesFirstCallRBTId

INI Name:
FIRSTCALLRBTID

Profile name: Digital SIP
DTMF And Supplemetary
Profile

The index of the first Call
RB tone in the call-progress
tones file

Mib name:
tonesPrecedenceRingingTy
pe

INI Name:
PRECEDENCERINGINGT
YPE

Profile name: Digital SIP
DTMF And Supplemetary
Profile

Duration of reorder tone
played after release from IP
side for CutThrogh
application

Mib name:
tonesCutThroughTimeForR
eorderTone

INI Name:
CUTTHROUGHTIMEFORR
EORDERTONE

Profile name: Digital SIP
DTMF And Supplemetary
Profile
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2.10 Frame: Firewall Settings

2.10.1 Tab: General Info

Frame: Firewall Settings, Tab: General Info

Parameter Type Provisioning Default Description
Name Type Value
Source IP String Online Source IP for access rule
Up to 60 chars. Mib name: acSysAccessListSourcelP
INI Name: ACCESSLIST_SOURCE_IP
Profile name: Not Profiled
Start Port Integer Online "0" | Port range - start
0-65535 Mib name: acSysAccessListStartPort
INI Name: ACCESSLIST_START_PORT
Profile name: Not Profiled
End Port Integer Online "0"  Port range - end
0-65535 Mib name: acSysAccessListEndPort
INI Name: ACCESSLIST_END_PORT
Profile name: Not Profiled
Protocol String Online IP user-level protocol (TCP, UDP, ICMP,
Up to 10 chars. ESP, SIP, MGCP, TPNCP, ANY or numeric
value)
Mib name: acSysAccessListProtocol
INI Name: ACCESSLIST _PROTOCOL
Profile name: Not Profiled
Packet Size Integer Online "0" | Maximum packet size (0 = unused)
0-65535 Mib name: acSysAccessListPacketSize
INI Name: ACCESSLIST_PACKET_SIZE
Profile name: Not Profiled
Byte Rate Integer Online "0" | Allowed traffic in bytes per second (0 =
0-2147483647 unused)
Mib name: acSysAccessListByteRate
INI Name: ACCESSLIST_BYTE_RATE
Profile name: Not Profiled
Byte Burst Integer Online "0" | Allowed traffic burst in bytes (0 = unused)
0-2147483647 Mib name: acSysAccessListByteBurst
INI Name: ACCESSLIST_BYTE_BURST
Profile name: Not Profiled
Allow Type Enum: Online "0" | Allow or block traffic matching this rule
notSet(0), Mib name: acSysAccessListAllowType
allow(1),block(2) INI Name: ACCESSLIST_ALLOW_TYPE
Profile name: Not Profiled
Interface String Online Name of the specific interface the rule applies
Name Up to 15 chars. to. None - default value when no interface
was chosen.
Mib name: acSysAccessListinterfaceName
INI Name: ACCESSLIST_INTERFACE_ID
Profile name: Not Profiled
OAMP Guide 58 Document #: LTRT-32128



OAMP Guide

2. Provisioning Parameters

Parameter Type Provisioning Default
Name Type Value
Use Specific Enum: Online "o"
Interface disable(0),
enable(1)
Source Port Integer Online "0"
0-65535
Prefix Length Integer Online "0"
0-128

2.11 Frame: Global Settings

2.11.1 Tab: General Settings

Description

Rule for specific interface or for the entire
interfaces

Mib name:
acSysAccessListUseSpecificlnterface

INI Name:
ACCESSLIST_USE_SPECIFIC_INTERFACE
Profile name: Not Profiled

Source Port

Mib name: acSysAccessListSourcePort

INI Name: ACCESSLIST_SOURCE_PORT
Profile name: Not Profiled

Prefix length of source IP address (defining a
subnet).

Mib name: acSysAccessListPrefixLength

INI Name: ACCESSLIST_PREFIXLEN
Profile name: Not Profiled

Frame: Global Settings, Tab: General Settings

Parameter Type Provisioning Default Description
Name Type Value
B Channel Enum: Offline "0" | When set to 1 B-Channels Alarms will be
Alarms disable(0), sent.
enable(1) Mib name: acTrunkGlobalBChannelAlarms
INI Name: BCHANNELALARMS
Profile name: Global Settings Profile
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2.12 Frame: IDS Matches

2.12.1 Tab: Match General Settings Tab

Frame: IDS Matches, Tab: Match General Settings Tab

Parameter Type Provisioning Default Description
Name Type Value
SIP Interface String Online " Filter by SIP Interface. Can include multiple
Up to 19 chars. interfaces. For example '2,4,6-8'.
Mib name: idsMatchSIPInterface
INI Name: IDSMATCH_SIPINTERFACE
Profile name: Not Profiled
Proxy Set String Online " Filter by Proxy Set. Can include multiple
Up to 19 chars. interfaces. For example '2,4,6-8'.
Mib name: idsMatchProxySet
INI Name: IDSMATCH_PROXYSET
Profile name: Not Profiled
Subnet String Online " Filter by Subnet, with CIDR notation:
Up to 99 chars. '10.1.0.0/16'".
Mib name: idsMatchSubnet
INI Name: IDSMATCH_SUBNET
Profile name: Not Profiled
Policy rowPointer Online "-1"  Policy to activate

2.13 Frame: IDS Polices

2.13.1 Tab: General Settings

Mib name: idsMatchPolicy
INI Name: IDSMATCH_POLICY
Profile name: Not Profiled

Frame: IDS Polices, Tab: General Settings

Parameter Type Provisioning Default Description
Name Type Value
Name String Online " Name of the policy.
Up to 19 chars. Mib name: idsPolicyName
INI Name: IDSPOLICY_NAME
Profile name: Not Profiled
Description String Online " Description of the Policy.
Up to 99 chars. Mib name: idsPolicyDescription
INI Name: IDSPOLICY_DESCRIPTION
Profile name: Not Profiled
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2.14 Frame: IDS Rules

2.14.1 Tab: Rules General Settings

Frame: IDS Rules, Tab: Rules General Settings

Parameter Type Provisioning Type Default
Name Value
Reason Enum: Online "0"
any(0),

connectionAbuse(1),malformedMe
ssage(2),authenticationFailure(3),d
ialogEstablishFailure(4),abnormalF

low(5)
Threshold Enum: Online "0"
Scope global(0), iP(2),iPandPort(3)
Threshold Integer Online 1"
Window -1-1000000
Minor Alarm Integer Online 1"
Threshold -1-1000000

Description

Reason of the
event

Mib name:
idsRuleReason

INI Name:
IDSRULE_REASO
N

Profile name: Not
Profiled

Threshold scope to
count by

Mib name:
idsRuleThresholdS
cope

INI Name:
IDSRULE_THRES
HOLDSCOPE
Profile name: Not
Profiled

Threshold window
(seconds)

Mib name:
idsRuleThresholdW
indow

INI Name:
IDSRULE_THRES
HOLDWINDOW
Profile name: Not
Profiled

SNMP Minor-Alarm
threshold

Mib name:
idsRuleMinorAlarm
Threshold

INI Name:
IDSRULE_MINOR
ALARMTHRESHO
LD

Profile name: Not
Profiled
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Parameter
Name

Major Alarm
Threshold

Critical Alarm
Threshold

Type

Integer
-1-1000000

Integer
-1-1000000

Provisioning Type Default

Online

Online

2.15 Frame: IP Group Provisioning

2.15.1 Tab: IP Group

Parameter
Name

IP Group Type

IP Group
Description

Value

ll_1 n

ll_1 n

Frame: IP Group Provisioning, Tab: IP Group

Type

Enum:

String
Up to 29 chars.

Provisioning
Type

Instant

server(0), user(1),gateway(2)

Instant

Default
Value

ll0ll

Description

SNMP Major-Alarm
threshold

Mib name:
idsRuleMajorAlarm
Threshold

INI Name:
IDSRULE_MAJOR
ALARMTHRESHO
LD

Profile name: Not
Profiled

SNMP Ciritical-
Alarm threshold
Mib name:
idsRuleCriticalAlar
mThreshold

INI Name:
IDSRULE_CRITIC
ALALARMTHRESH
OLD

Profile name: Not
Profiled

Description

GwApp IP
Group Table
Mib name:
ipGroupType
INI Name:
IPGROUP_TYP
E

Profile name:
Not Profiled

GwApp IP
Group Table
Mib name:
ipGroupDescripti
on

INI Name:
IPGROUP_DES
CRIPTION
Profile name:
Not Profiled
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Parameter
Name

IP Group Proxy
Set Id

IP Group SIP
Group Name

IP Group Contact
User

IP Group Enable
Survivability

IP Group Serving
IP Group

Type Provisioning
Type

Integer Instant
-1-5

String Instant
Up to 49 chars.

String Instant
Up to 50 chars.

Enum: Instant
disable(0),

enablelfNecessary(1),alwaysEnable
(2),alwaysTerminateRegister(3)

Integer Instant
-1-31

Default Description
Value

" GwApp IP
Group Table
Mib name:
ipGroupProxySe
tid
INI Name:
IPGROUP_PRO
XYSETID
Profile name:
Not Profiled

" GwApp IP
Group Table
Mib name:
ipGroupSIPGrou
pName
INI Name:
IPGROUP_SIP
GROUPNAME
Profile name:
Not Profiled

" GwApp IP
Group Table
Mib name:
ipGroupContact
User
INI Name:
IPGROUP_CON
TACTUSER
Profile name:
Not Profiled

"0" GwApp IP
Group Table
Mib name:
ipGroupEnableS
urvivability
INI Name:
IPGROUP_ENA
BLESURVIVABI
LITY
Profile name:
Not Profiled

" GwApp IP
Group Table
Mib name:
ipGroupServingl|
PGroup
INI Name:
IPGROUP_SER
VINGIPGROUP
Profile name:
Not Profiled
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Parameter Type Provisioning
Name Type
IP Group Sip Re Enum: Instant
Routing Mode NotConfigured(-1),
Standard(0),Proxy(1),RoutingTable(
2)
IP Group Integer Instant
Profileld 0-9
IP Group Media rowPointer Instant
Realm
Max Num Of Integer Instant
Registered Users -1-3000

Default
Value

ll_1 n

ll0ll

ll_1 n

ll_1 n

Description

GwApp IP
Group Table
Mib name:
ipGroupSipReR
outingMode

INI Name:
IPGROUP_SIP
REROUTINGM
ODE

Profile name:
Not Profiled

Mib name:
ipGroupProfileld
INI Name:
IPGROUP_PRO
FILEID

Profile name:
Not Profiled

MediaRealm
Name

Mib name:
ipGroupMediaR
ealm

INI Name:
IPGROUP_MED
IAREALM
Profile name:
Not Profiled

Max Number Of
Registered
Users.

MP1xx -
25{@}M1K -
200{@}M2K-
250{@}M3K -
3000

Mib name:
ipGroupMaxNu
mOfRegUsers
INI Name:
IPGROUP_MAX
NUMOFREGUS
ERS

Profile name:
Not Profiled
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Parameter
Name

Registration
Mode

Authentication
Mode

Type

Enum:
UserlnitiatesRegistrations(0),

sbclnitiatesRegistrations(1),NoRegis

trationsNeeded(2)

Enum:
UserAuthenticates(0),
sbcAuthenticatesAsClient(1),SbcAut
henticatesAsServer(2)

Provisioning
Type

Instant

Instant

Default
Value

ll0ll

ll0ll

Description

GwApp IP
Group Table
Registration
Mode.

0 - User initiates
registrations
(default{@}1 -
SBC initiate
registrations
(works only with
user info
file{@)}2 - No
registrations
needed (users
will be inserted
to DB in active
state).{@}Can
be used for the
scenario, here
the SBC
authenticates
(as server) the
incoming
INVITE requests
from the users.
Mib name:
ipGroupRegistra
tionMode

INI Name:
IPGROUP_REG
ISTRATIONMO
DE

Profile name:
Not Profiled

GwApp IP
Group Table
Authentication
mode

Mib name:
ipGroupAuthenti
cationMode

INI Name:
IPGROUP_AUT
HENTICATION
MODE

Profile name:
Not Profiled
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Parameter
Name

Method List

SRD

Enable SBC
Client Forking

Type Provisioning
Type
String Instant
Up to 255 chars.
Integer Online
0-32
Enum: Instant

sequential(0),
parallel(1),sequentialAvailableOnly(
2)

Default
Value

ll0ll

ll0ll

Description

List of methods
separated by "
that this IP
group will
challenge.

Mib name:
ipGroupMethodL
ist

INI Name:
IPGROUP_MET
HODLIST
Profile name:
Not Profiled

SRD Index

Mib name:
ipGroupSRD

INI Name:
IPGROUP_SRD
Profile name:
Not Profiled

0 - Sequential
route to all
contacts who
registered with
same AOR. 1 -
Fork INVITE
messages in
parallel to all
registered
contacts (up to
5).2-
Sequential route
only to available
contacts

Mib name:
ipGroupEnableS
BCClientForking
INI Name:
IPGROUP_ENA
BLESBCCLIEN
TFORKING
Profile name:
Not Profiled
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Parameter
Name

Source URI Input

Destination URI
Input

Always Use
Source Addr

Type

Enum:
NotConfigured(-1),
FROM(0),TO(1),RequestURI(2),PAs
sertedFirstHeader(3),PAssertedSec
ondHeader(4),Ppreferred(5),Route(
6),Diversion(7),Historylnfo(8),PAsso
ciatedURI(9),PcalledPartylD(10),Co
ntact(11)

Enum:
NotConfigured(-1),
FROM(0),TO(1),RequestURI(2),PAs
sertedFirstHeader(3),PAssertedSec
ondHeader(4),Ppreferred(5),Route(
6),Diversion(7),Historylnfo(8),PAsso
ciatedURI(9),PcalledPartylD(10),Co
ntact(11)

Enum:
no(0), yes(1)

Provisioning
Type

Instant

Instant

Instant

Default
Value

ll_1 n

ll_1 n

ll0ll

Description

Configured the
source URI
input, used in
the Classify-
Manipulate-
Route process
in SBC.

Mib name:
ipGroupSrcUriln
put

INI Name:
IPGROUP_SOU
RCEURIINPUT
Profile name:
Not Profiled

Configured the
destination URI
input, used in
the Classify-
Manipulate-
Route process
in SBC.

Mib name:
ipGroupDstUriln
put

INI Name:
IPGROUP_DES
TURIINPUT
Profile name:
Not Profiled

Override SIP
standard rules in
sending
responses and
requests within
dialog. When
flag is on,
always send to
the IP that
previous
message was
received from.
Mib name:
ipGroupAlwaysU
seSourceAddr
INI Name:
IPGROUP_ALW
AYSUSESOUR
CEADDR
Profile name:
Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value

Username String Instant Server to server
Up to 50 chars. username for

authentication
Mib name:
ipGroupUserna
me
INI Name:
IPGROUP_USE
RNAME
Profile name:
Not Profiled

Password String Instant Server to server
password for
authentication
Mib name:
ipGroupPasswor
d
INI Name:
IPGROUP_PAS
SWORD
Profile name:
Not Profiled

QOE Profile rowPointer Instant Quiality of
Name experience

(QOE) Profile
Mib name:
ipGroupQOEPTro
fileName
INI Name:
IPGROUP_QOE
PROFILE
Profile name:
Not Profiled

BW Profile Name rowPointer Instant " bandwidth
Profile
Mib name:
ipGroupBWProfil
eName
INI Name:
IPGROUP_BWP
ROFILE
Profile name:
Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value

Media rowPointer Instant " Media
Enhancement Enhancement
Profile Name Profile

Mib name:
ipGroupMediaE
nhancementProf
ileName

INI Name:
IPGROUP_MED
IAENHANCEME
NTPROFILE
Profile name:
Not Profiled

2.16 Frame: IP Interface Settings

2.16.1 Tab: IP Interface Settings

Frame: IP Interface Settings, Tab: IP Interface Settings

Parameter Type Provisioning Default Description
Name Type Value

Application Enum: Offline "o" The type assigned to
Types oam(0), the interface.
media(1),control(2),oamAndMedia( Mib name:
3),0amAndControl(4),mediaAndCo acSyslnterfaceApplic
ntrol(5),oamAndMediaAndControl( ationTypes
6),maintenance(99) INI Name:
INTERFACETABLE _
APPLICATIONTYPE
S
Profile name: Not
Profiled

IP Address String Online IP Address (can be
Up to 45 chars. either IPv4 or IPv6)

for this interface.
Mib name:
acSyslnterfacelPAdd
ress
INI Name:
INTERFACETABLE_
IPADDRESS
Profile name: Not
Profiled
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Parameter
Name

Prefix Length

Gateway

VLAN ID

Interface Name

Type Provisioning
Type

Integer Offline

0-128

String Offline

Up to 45 chars.

Integer Offline

0-4094

String Offline

Up to 16 chars.

Default
Value

Description

"0" The number of ?17?
bits in this
interface?s netmask.
Mib name:
acSyslnterfacePrefix
Length
INI Name:
INTERFACETABLE _
PREFIXLENGTH
Profile name: Not
Profiled

Default Gateway.
Filled in one row
only. 0 in others

Mib name:
acSyslnterfaceGatew
ay

INI Name:
INTERFACETABLE
GATEWAY

Profile name: Not
Profiled

"0" VLAN ID of this
interface.
Mib name:
acSyslinterfaceVlanl
D
INI Name:
INTERFACETABLE
VLANID
Profile name: Not
Profiled

a 16 character string
of this interface?s
name.

Mib name:
acSyslnterfaceName
INI Name:
INTERFACETABLE _
INTERFACENAME
Profile name: Not
Profiled
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Parameter
Name

Primary DNS
Server IP
Address

Secondary DNS
Server IP
Address

Interface Mode

Type Provisioning
Type

String Online
Up to 45 chars.

String Online
Up to 45 chars.

Enum: Offline
IPv6PrefixManual(3),
IPv6Manual(4),IPv4Manual(10)

Default
Value

ll0ll

Description

Primary DNS server
IP address

Mib name:
acSyslnterfacePrimar
yDNSServerlPAddre
SS

INI Name:
INTERFACETABLE
PRIMARYDNSSERV
ERIPADDRESS
Profile name: Not
Profiled

Secondary DNS
server IP address
Mib name:
acSyslnterfaceSecon
daryDNSServerlPAd
dress

INI Name:
INTERFACETABLE _
SECONDARYDNSS
ERVERIPADDRESS
Profile name: Not
Profiled

Interface
configuration mode.
Mib name:
acSyslinterfaceMode
INI Name:
INTERFACETABLE _
INTERFACEMODE
Profile name: Not
Profiled
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2.17 Frame: LDAP Configuration

2.17.1 Tab: LDAP Configuration

Parameter
Name

Server Ip

Server Port

Max
Respond
Time

Server
Domain
Name

Frame: LDAP Configuration, Tab: LDAP Configuration

Type
Type

IPAddress Online

Integer Online

0-65535

Integer Online

0-86400

String Online

Up to 255 chars.

Provisioning Default

Value

ll389ll

ll3000ll

Description

Defines the LDAP server IP
address in dotted format notation.
e.g., 192.10.1.255

Mib name:
acSysLdapConfigurationServerlp
INI Name:
LDAPCONFIGURATION_LDAPC
ONFSERVERIP

Profile name: Not Profiled

Defines the port number for LDAP
server

Mib name:
acSyslLdapConfigurationServerPo
rt

INI Name:
LDAPCONFIGURATION_LDAPC
ONFSERVERPORT

Profile name: Not Profiled

Defines the period of time the
module will wait for LDAP server
response (seconds)

Mib name:
acSyslLdapConfigurationMaxResp
ondTime

INI Name:
LDAPCONFIGURATION_LDAPC
ONFSERVERMAXRESPONDTIM
E

Profile name: Not Profiled

This parameter is used to indicate
the name of LDAP server.

Mib name:
acSysLdapConfigurationServerDo
mainName

INI Name:
LDAPCONFIGURATION_LDAPC
ONFSERVERDOMAINNAME
Profile name: Not Profiled
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Parameter Type
Name

Password String
Up to 255 chars.

Bind Dn String
Up to 255 chars.

Interface Integer
Type 0-1

Connection Enum:

Status IdapNotApplicable(0),
IdapConnectionBroken(1),l
dapConnecting(2),IdapCon

nected(3)

Provisioning Default

Type

Online

Online

Online

Read-Only

Value

ll0ll

ll1 n

Description

This parameter is used to indicate
the user password of LDAP
server.

Mib name:
acSysLdapConfigurationPasswor
d

INI Name:
LDAPCONFIGURATION_LDAPC
ONFPASSWORD

Profile name: Not Profiled

This parameter is used to indicate
the of LDAP server bind DN.

Mib name:
acSysLdapConfigurationBindDn
INI Name:
LDAPCONFIGURATION_LDAPC
ONFBINDDN

Profile name: Not Profiled

Determines what VLAN interface
should be used.

Mib name:
acSyslLdapConfigurationinterface
Type

INI Name:
LDAPCONFIGURATION_LDAPC
ONFINTERFACETYPE

Profile name: Not Profiled

shows the Idap server Connection
Status
(LDAP_NOT_APPLICABLE =0,
LDAP_CONNECTION_BROKEN
=1, LDAP_CONNECTING = 2,
LDAP_CONNECTED = 3).

Mib name:
acSysLdapConfigurationConnecti
onStatus

INI Name:
LDAPCONFIGURATION_CONNE
CTIONSTATUS

Profile name: Not Profiled
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2.17.2 Tab: Search DNs

Frame: LDAP Configuration, Tab: Search DNs

Parameter Type @ Provisioning Default Description
Name Type Value
Internal | Integer Online "0" Search Dn Index.
Index 0-5 Mib name:
acSyslLdapServersSearchDNsInternallndex
INI Name:
LDAPSERVERSSEARCHDNS_ SEARCHDNINTERN
ALINDEX
Profile name: Not Profiled
Base Path String Online base path (DN)
Up to Mib name: acSysLdapServersSearchDNsBasePath
255 INI Name:
chars. LDAPSERVERSSEARCHDNS BASE_PATH
Profile name: Not Profiled
Row Enum: NA "o" ROWSTATUS field for line. Internal parameter.
Status Mib name: acSysLdapServersSearchDNsRowStatus

Profile name: Not Profiled

2.18 Frame: LDAP Provisioning

2.18.1 Tab: LDAP Settings

Frame: LDAP Provisioning, Tab: LDAP Settings

Parameter Type Provisioning Default Description
Name Type Value
Server Enum: Read-Only "0" | LDAP server status.
Mode notApplicable(0), Mib name:
connectionBroken(1),connectin acSysLDAPStatusServerMode
g(2),connected(3) Profile name: Not Profiled
LDAP String Instant The name of the attribute which
Private Up to 49 chars. represents the user Private
Attr Name number in the Microsoft AD data
base.
Mib name:
miscLDAPPrivateAttrName
INI Name:
MSLDAPPRIVATENUMATTRIB
UTENAME

Profile name: Digital SIP
Advance Profile
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Parameter
Name

LDAP
Primary
Key

LDAP
Secondary
Key

LDAP
Cache

Cache
Enable

Cache
Entry
Timeout

Cache
Entry
Removal
Timeout

LDAP
Attributes

Provisioning
Type

Type

String Instant

Up to 49 chars.

String Instant

Up to 49 chars.

Enum: Offline

Disable(0), Enable(1)

Integer Online

0-2147483647

Integer Online

0-2147483647

Default
Value

ll0ll

"1200"

ll0ll

Description

The name of the query primary
key in the Microsoft AD data
base.

Mib name:
miscLDAPPrimaryKey

INI Name:
MSLDAPPRIMARYKEY
Profile name: Digital SIP
Advance Profile

The name of the query
secondary key in the Microsoft
AD data base.

Mib name:
miscLDAPSecondaryKey

INI Name:
MSLDAPSECONDARYKEY
Profile name: Digital SIP
Advance Profile

Enables/Disable using the cashe
in LDAP.

{@}0- disable (default{@}1 -
enable

Mib name:
acSysLDAPCacheEnable

INI Name:
LDAPCACHEENABLE

Profile name: Digital SIP
Advance Profile

The time (in seconds) that an
entry in the LDAP cache is valid.
Mib name:
acSysLDAPCacheEntryTimeout
INI Name:
LDAPCACHEENTRYTIMEOUT
Profile name: Digital SIP
Advance Profile

The time (in seconds) that an
entry in the LDAP cache is
removed from cache.

Mib name:
acSysLDAPCacheEntryRemoval
Timeout

INI Name:
LDAPCACHEENTRYREMOVAL
TIMEOUT

Profile name: Digital SIP
Advance Profile
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Parameter Type Provisioning Default Description
Name Type Value
0oCs String Instant The name of the attribute which
Number Up to 48 chars. represents the user OCS
LDAP number in the Microsoft AD data
Attribute base
Name Mib name:
miscLDAPocsNumberAttributeN
ame
INI Name:
MSLDAPOCSNUMATTRIBUTE
NAME
Profile name: Digital SIP
Advance Profile
PBX String Instant The name of the attribute which
Number Up to 48 chars. represents the user PBX
LDAP number in the Microsoft AD data
Attribute base
Name Mib name:
miscLDAPpbxNumberAttributeN
ame
INI Name:
MSLDAPPBXNUMATTRIBUTE
NAME
Profile name: Digital SIP
Advance Profile
Mobile String Instant The name of the attribute which
Number Up to 48 chars. represents the user Mobile
LDAP number in the Microsoft AD data
Attribute base
Name Mib name:
miscLDAPMobileNumberAttribut
eName
INI Name:
MSLDAPMOBILENUMATTRIBU
TENAME
Profile name: Digital SIP
Advance Profile
LDAP String Instant " MS LDAP DISPLAY Name
Display Up to 49 chars. attribute name
Name Attr Mib name:
Name miscLDAPDisplayNameAttrNam
e
INI Name:
MSLDAPDISPLAYNAMEATTRI
BUTENAME
Profile name: Not Profiled
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2.19 Frame: Manipulations Provisioning

2.19.1 Tab: General Setting

Parameter
Name

Remove Prefix

Add Trunk Group
ID As Prefix

Add Trunk Group
As Prefix To
Source

Type

Enum:
No(0), Yes(1)

Enum:
No(0), Yes(1)

Enum:
No(0), Yes(1)

Provisioning = Default

Type

Instant

Instant

Instant

Value

ll0ll

ll0ll

ll0ll

Frame: Manipulations Provisioning, Tab: General Setting

Description

Remove prefix
defined in IP to Trunk
Group table (IP to Tel
calls)

Mib name:
manipulationRemove
Prefix

INI Name:
REMOVEPREFIX
Profile name: Not
Profiled

Add Trunk Group ID
on which the call was
received as the
called number prefix
Mib name:
manipulationAddTrun
kGroupAsPrefix

INI Name:
ADDTRUNKGROUP
ASPREFIX

Profile name: Not
Profiled

Add Trunk Group ID
on which the call was
received as the
calling number prefix
Mib name:
manipulationAddTrun
kGroupAsPrefixToSo
urce

INI Name:
ADDTRUNKGROUP
ASPREFIXTOSOUR
CE

Profile name: Not
Profiled
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Parameter
Name

Add Port ID As
Prefix

Replace Empty
Dst With Port
Number

Use Source
Number As
Display Name

Type
Type Value

Enum: Instant "o"

No(0), Yes(1)

Enum: Instant "o"

Disable(0), Enable(1)

Enum: Instant "o"
Disable (0), Enable

(1),0Overwrite(2),0riginal(3)

Provisioning = Default

Description

Add port number
(Analog gateway) /
Trunk ID (Digital
gateway) as called
number prefix

Mib name:
manipulationAddPort
AsPrefix

INI Name:
ADDPORTASPREFI
X

Profile name: Not
Profiled

Replace empty
destination number
(received from Tel
side) with port
number

Mib name:
manipulationReplace
EmptyDstWithPortNu
mber

INI Name:
REPLACEEMPTYDS
TWITHPORTNUMBE
R

Profile name: Not
Profiled

if set to 1 Use source
number as display
name if empty.

if set to 2 always use
source number as
display name .{@]}if
set to 3 use the
source number
before manipulation,
if empty.

Mib name:
manipulationUseSour
ceNumberAsDisplay
Name

INI Name:
USESOURCENUMB
ERASDISPLAYNAM
E

Profile name: Not
Profiled
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Parameter
Name

Add NPI And
TON As Prefix
To Called
Number

Add NPI And
TON As Prefix
To Calling
Number

Use Display
Name As Source
Number

Add Prefix To
Redirect Number

Type Provisioning
Type
Enum: Instant

Disable(0), Enable(1)

Enum: Instant
Disable(0), Enable(1)

Enum: Instant
Disable(0), Enable(1)

String Instant

Up to 7 chars.

Default
Value

Description

"o" Add NPl and TON as
prefix to called
number
Mib name:
manipulationAddNPI
andTON2CalledNum
ber
INI Name:
ADDNPIANDTON2C
ALLEDNUMBER
Profile name: Not
Profiled

"0" Add NPl and TON as
prefix to calling
number
Mib name:
manipulationAddNPI
andTON2CallingNum
ber
INI Name:
ADDNPIANDTON2C
ALLINGNUMBER
Profile name: Not
Profiled

"0" when set to 1 then If
display name exists,
use it as source
number. If not, set
presentation as
restricted
Mib name:
manipulationUseDisp
layNameAsSourceNu
mber
INI Name:
USEDISPLAYNAME
ASSOURCENUMBE
R
Profile name: Not
Profiled

" Prefix which added to
redirect phone
number
Mib name:
manipulationAddPrefi
xToRedirectNumber
INI Name:
PREFIX2REDIRECT
NUMBER
Profile name: Not
Profiled
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Parameter Type Provisioning = Default Description
Name Type Value

Add Phone Enum: Instant "o" add the phone

Context As Prefix No(0), Yes(1) context to src/dest
phone number as
prefix
Mib name:
manipulationAddPho
neContextAsPrefix
INI Name:
ADDPHONECONTE
XTASPREFIX
Profile name: Not
Profiled

Blind Transfer Enum: Instant "0" | Add keying sequence
Add Prefix Disable(0), Enable(1) for performing blind

transfer as transfer
number prefix
Mib name:
manipulationBlindTra
nsferAddPrefix
INI Name:
KEYBLINDTRANSF
ERADDPREFIX
Profile name: Not
Profiled

Copy Dest to Enum: Instant "0" 0 - Redirect N not
Redirect Number Disable(0), affected,1- Called N
AfterManipulation(1),BeforeManipu after manipulation
lation(2) from TEL2IP call will
also be used as
Redirect N,2 - the
Called N before
manipulation - as
Redirect N
Mib name:
digitalGWextCopyDe
st2RedirectNumber
INI Name:
COPYDEST2REDIR
ECTNUMBER
Profile name: Not
Profiled
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Parameter
Name

Source
Manipulation
Mode

Set Tel To lp
Redirect Reason

Type Provisioning
Type

Enum: Instant
fromAndPai(0), fromOnly(1)

Enum: Instant
notConfigured(-1),
unknown(0),busy(1),noReply(2),ne
tworkBusy(3),deflection(4),dTEOut
OfOrder(9),forwardingDTE(10),tra
nsfer(13),pickUp(14),systematicOr
Unconditional(15)

Default
Value

ll0ll

ll_1 n

Description

Describes the
headers containing
source number after
manipulation:

(0) both FROM and
P-Asserted contain
src number after
manipulations{@}(1)
only FROM contains
src number after
manipulation

Mib name:
manipulationSource
Mode

INI Name:
SOURCEMANIPULA
TIONMODE

Profile name: Not
Profiled

If redirect (diversion)
data is received from
the PSTN interface,
the redirect reason is
set to the value of
this parameter,
before transferring it
to the IP.

default value is -1 -->
not change the
received value.{@}
Mib name:
manipulationSetTel2l
pRedirectReason

INI Name:
SETTEL2IPREDIRE
CTREASON

Profile name: Not
Profiled
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Parameter Type Provisioning
Name Type
Set Ip To Tel Enum: Instant
Redirect Reason notConfigured(-1),
unknown(0),busy(1),noReply(2),ne
tworkBusy(3),deflection(4),dTEOut
OfOrder(9),forwardingDTE(10),tra
nsfer(13),pickUp(14),systematicOr
Unconditional(15)
Set Ip To Tel Enum: Instant
Redirect notConfigured(-1),
Screening userProvided(0),userPassed(1),us
Indicator erFailed(2),networkProvided(3)
Tel To IP Source Enum: Instant

Number Mapping
Dial Plan Mode

reserved(0), replaced(1)

Default
Value

Description

"-1" | If redirect (diversion)
data is received from
the IP side, the
redirect reason is set
to the value of this
parameter, before
transferring it to the
PSTN interface.
default value is -1 -->
not change the
received value.{@}
Mib name:
manipulationSetlp2T
elRedirectReason
INI Name:
SETIP2TELREDIRE
CTREASON

Profile name: Not
Profiled

"-1" | Override screening
indicator value of the
redirect number in
Setup messages to
PSTN interface

Mib name:
manipulationSetlp2T
elRedirectScreening|
ndicator

INI Name:
SETIP2TELREDIRE
CTSCREENINGIND
Profile name: Not
Profiled

"0" Tel to IP Source
Number Mapping
Dial Plan Mode -
reserved or replaced
Mib name:
miscTel2IPSourceNu
mberMappingDialPla
nMode
INI Name:
TEL2IPSOURCENU
MBERMAPPINGDIA
LPLANMODE
Profile name: Not
Profiled
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Parameter
Name

Perform
Additional
IP2TEL Source
Manipulation

Perform
Additional
IP2TEL
Destination
Manipulation

Tel to IP Default

Redirect Reason

Type Provisioning
Type
Enum: Instant

Disable(0), Enable(1)

Enum: Instant
Disable(0), Enable(1)
Enum: Instant

NotConfigured(-1),

Busy(1),NoReply(2),Deflection(4),
dteOutOfOrder(9),SystematicUnco

nditional(15)

Default
Value

Description

"o" Perform Additional
IP2TEL Source
Manipulation
Mib name:
sipMiscPerformAdditi
onallP2TELSourceM
anipulation
INI Name:
PERFORMADDITIO
NALIP2TELSOURCE
MANIPULATION
Profile name: Not
Profiled

"o" Perform Additional
IP2TEL Destination
Manipulation
Mib name:
sipMiscPerformAdditi
onallP2TELDestinati
onManipulation
INI Name:
PERFORMADDITIO
NALIP2TELDESTIN
ATIONMANIPULATI
ON
Profile name: Not
Profiled

"-1" | Tel2IP Default
Redirect Reason
when PSTN Redirect
Reason is missing or
unknown.
default value is -1 -
no change in the
received value.{@}
Mib name:
manipulationTel2IPD
efaultRedirectReaso
n
INI Name:
TEL2IPDEFAULTRE
DIRECTREASON
Profile name: Not
Profiled
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Parameter Type Provisioning = Default
Name Type
Add NPI and Enum: Instant
TON to Redirect No(0), Yes(1)
Number

2.19.2 Tab: Destination IP-to-Tel

Description

Value

"0"  Add NPl and TON as

prefix to redirect
number

Mib name:
manipulationAddNPI
andTONZ2RedirectNu
mber

INI Name:
ADDNPIANDTON2R
EDIRECTNUMBER
Profile name: Not
Profiled

Frame: Manipulations Provisioning, Tab: Destination IP to Tel

Parameter Type Provisioning
Name Type
Index Integer NA

0-99
Status Enum: NA
Active(1),
NotInService(2),NotReady(3),C
reateAndGo(4),CreateAndWait(
5),Destroy(6)

Destination String Instant
Prefix Up to 100 chars.

Source Prefix String Instant

Up to 100 chars.

Default
Value

ll0ll

ll3ll

Description

Destination number,
starting at 0.

Mib name: dstIP2TELIndex
INI Name:
NUMBERMAPIP2TEL_IND
EX

Profile name: Not Profiled

Row-Status Textual
Conventions as defined in
RFC 2579: Textual
Conventions for SMIv2
Mib name:
dstIP2TELRowStatus
Profile name: Not Profiled

Mib name: dstIP2TELPrefix
INI Name:
NUMBERMAPIP2TEL_DE
STINATIONPREFIX
Profile name: Not Profiled

Source Prefix

Mib name:
dstIP2TELSourcePrefix
INI Name:
NUMBERMAPIP2TEL_SO
URCEPREFIX

Profile name: Not Profiled
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Parameter
Name

Source IP
Address

Stripped
Digits From
Left

Stripped
Digits From
Right

Prefix To Add

Suffix To Add

Number Of
Digits To
Leave

Type Provisioning Default

Type

String Instant

Up to 16 chars.

Integer Instant

0-211

Integer Instant

0-211

String Instant

Up to 49 chars.

String Instant

Up to 49 chars.

Integer Instant

0-255

Value

ll0ll

llOll

ll0ll

Description

Source IP

Mib name:
dstIP2TELSourcelP

INI Name:
NUMBERMAPIP2TEL_SO
URCEADDRESS

Profile name: Not Profiled

Num of stripped digits,
Remove from left.

Mib name:
dstIP2TELNumOfStrippedD
igits

INI Name:
NUMBERMAPIP2TEL_RE
MOVEFROMLEFT

Profile name: Not Profiled

Num Of digits To Remove
from Right.

Mib name:
dstIP2TELNumOfDigitsToR
emFromRight

INI Name:
NUMBERMAPIP2TEL_RE
MOVEFROMRIGHT

Profile name: Not Profiled

Prefix to Add

Mib name:
dstIP2TELPrefixToAdd

INI Name:
NUMBERMAPIP2TEL PR
EFIX2ADD

Profile name: Not Profiled

Suffix To Add

Mib name:
dstIP2TELSuffix2Add

INI Name:
NUMBERMAPIP2TEL_SUF
FIX2ADD

Profile name: Not Profiled

Number of digits to leave
Mib name:
dstIP2TELNumOfDigitsToL
eave

INI Name:
NUMBERMAPIP2TEL _LEA
VEFROMRIGHT

Profile name: Not Profiled
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Parameter Type Provisioning
Name Type
Number Plan Enum: Instant
Unknown(0),
E164Public(1),Private(9),NotCo
nfigured(255)
Number Type Enum: Instant

Unknown(0), International-
Level2Regional(1),National-
Level1Regional(2),NetworkSpe
cific-
NetworkPISN(3),Subscriber-
LevelORegional(4),Abbreviated(
6),NotConfigured(255)

Is Integer Instant
Presentation 0-255
Restricted
Source Host String Instant

Up to 50 chars.

Destination String Instant
Host Up to 50 chars.

Default
Value

ll0ll

ll0ll

ll255|l

Description

Number Plan

Mib name:
dstIP2TELNumberPlan

INI Name:
NUMBERMAPIP2TEL_NU
MBERPLAN

Profile name: Not Profiled

Number Type

Mib name:
dstIP2TELNumberType
INI Name:
NUMBERMAPIP2TEL_NU
MBERTYPE

Profile name: Not Profiled

Is Presentation Restricted
Mib name:
dstIP2TELIsPresentationRe
stricted

INI Name:
NUMBERMAPIP2TEL_ISP
RESENTATIONRESTRICT
ED

Profile name: Not Profiled

Source Host Prefix

Mib name:
dstIP2TELSrcHost

INI Name:
NUMBERMAPIP2TEL_SR
CHOST

Profile name: Not Profiled

Destination Host Prefix
Mib name:
dstIP2TELDstHost

INI Name:
NUMBERMAPIP2TEL_DE
STHOST

Profile name: Not Profiled
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2.19.3 Tab: Destination Tel-to-IP

Frame: Manipulations Provisioning, Tab: Destination Tel to IP

Parameter Type Provisioning Default
Name Type Value
Index Integer NA "0"

0-119
Status Enum: NA "3"
Active(1),
NotInService(2),NotReady(3),Cre
ateAndGo(4),CreateAndWait(5),
Destroy(6)
Source Trunk Integer Instant 1"
Group ID -1-99

Destination String Instant "
Prefix Up to 100 chars.

Source Prefix String Instant
Up to 100 chars.
Stripped Integer Instant "o"

Digits From 0-211

Left

Description

Destination number, starting at
0.

Mib name: dstTEL2IPIndex

INI Name:
NUMBERMAPTEL2IP_INDEX
Profile name: Not Profiled

Row-Status Textual
Conventions as defined in RFC
2579: Textual Conventions for
SMIiv2

Mib name:
dstTEL2IPRowStatus

Profile name: Not Profiled

GwApp Tel-to-IP Destination
Phone Number Manipulation
Rules Table

Mib name:
dstTEL2IPSourceTrunkGroupl
D

INI Name:
NUMBERMAPTEL2IP_SRCTR
UNKGROUPID

Profile name: Not Profiled

Mib name: dstTEL2IPPrefix
INI Name:
NUMBERMAPTEL2IP_DESTI
NATIONPREFIX

Profile name: Not Profiled

Mib name:
dstTEL2IPSourcePrefix

INI Name:
NUMBERMAPTEL2IP_SOUR
CEPREFIX

Profile name: Not Profiled

Num of stripped digits

Mib name:
dstTEL2IPNumOfStrippedDigit
s

INI Name:
NUMBERMAPTEL2IP_REMO
VEFROMLEFT

Profile name: Not Profiled
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Parameter
Name

Stripped

Digits From
Right

Prefix To Add

Suffix To Add

Number Of
Digits To
Leave

Source IP
Address

Source IP
Group ID

Type

Integer
0-211

String

Up to 49 chars.

String

Up to 49 chars.

Integer
0-255

String

Up to 15 chars.

Integer
-1-31

Provisioning Default

Type

Instant

Instant

Instant

Instant

Instant

Instant

Value

llOll

ll0ll

nin

ll_1 n

Description

Num Of digits To Remove from
Right.

Mib name:
dstTEL2IPNumOfDigitsToRem
FromRight

INI Name:
NUMBERMAPTEL2IP_REMO
VEFROMRIGHT

Profile name: Not Profiled

Prefix to Add

Mib name:
dstTEL2IPPrefixToAdd

INI Name:
NUMBERMAPTEL2IP_PREFI
X2ADD

Profile name: Not Profiled

Suffix To Add

Mib name:
dstTEL2IPSuffix2Add

INI Name:
NUMBERMAPTEL2IP_SUFFI
X2ADD

Profile name: Not Profiled

Number of digits to leave

Mib name:
dstTEL2IPNumOfDigitsToLeav
e

INI Name:
NUMBERMAPTEL2IP_LEAVE
FROMRIGHT

Profile name: Not Profiled

Source Address

Mib name:
dstTEL2IPSourcelPAddress
INI Name:
NUMBERMAPTEL2IP_SOUR
CEADDRESS

Profile name: Not Profiled

GwApp Tel-to-IP Destination
Phone Number Manipulation
Rules Table

Mib name:
dstTEL2IPSourcelPGrouplD
INI Name:
NUMBERMAPTEL2IP_SRCIP
GROUPID

Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Is Integer Instant "255" | Is Presentation Restricted
Presentation 0-255 Mib name:
Restricted dstTEL2IPIsPresentationRestri
cted
INI Name:
NUMBERMAPTEL2IP_ISPRE
SENTATIONRESTRICTED
Profile name: Not Profiled
Dst Ip Group Integer Instant "-1" | Dst Ip Group Id.
Id -1-31 Mib name:
dstTEL2IPDstlpGrpld
INI Name:
NUMBERMAPTEL2IP_DESTI
PGROUPID

Profile name: Not Profiled

2.19.4 Tab: Source IP-to-Tel

Frame: Manipulations Provisioning, Tab: Source IP to Tel

Parameter Type Provisioning Default Description
Name Type Value
Index Integer NA "0" Source number, starting at 0.
0-19 Mib name: srclP2TELIndex
INI Name:
SOURCENUMBERMAPIP2TEL
INDEX

Profile name: Not Profiled

Manipulati String Instant " Manipulation Name
on Name Up to 20 chars. Mib name:
srclP2TELManipulationName
INI Name:
SOURCENUMBERMAPIP2TEL
_MANIPULATIONNAME
Profile name: Not Profiled
Status Enum: NA "3" Row-Status Textual
Active(1), Conventions as defined in RFC
NotInService(2),NotReady(3),C 2579: Textual Conventions for
reateAndGo(4),CreateAndWait( SMiv2
5),Destroy(6) Mib name: srclP2TELRowStatus
Profile name: Not Profiled
Destinatio String Instant "
n Prefix Up to 100 chars. Mib name: srclP2TELDestPrefix

INI Name:
SOURCENUMBERMAPIP2TEL
_DESTINATIONPREFIX
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Source String Instant
Prefix Up to 100 chars. Mib name: srclP2TELPrefix
INI Name:
SOURCENUMBERMAPIP2TEL
_SOURCEPREFIX
Profile name: Not Profiled
Source IP String Instant e Source Address
Address Up to 15 chars. Mib name:
srclP2TELSourcelPAddress
INI Name:
SOURCENUMBERMAPIP2TEL
_SOURCEADDRESS
Profile name: Not Profiled
Stripped Integer Instant "o" Num of stripped digits
Digits 0-211 Mib name:
From Left srclP2TELNumOfStrippedDigits
INI Name:
SOURCENUMBERMAPIP2TEL
_REMOVEFROMLEFT
Profile name: Not Profiled
Stripped Integer Instant "0" Num Of digits To Remove from
Digits 0-211 Right.
From Mib name:
Right srclP2TELNumOfDigitsToRemFr
omRight
INI Name:
SOURCENUMBERMAPIP2TEL
_REMOVEFROMRIGHT
Profile name: Not Profiled
Prefix To String Instant " Prefix to Add
Add Up to 49 chars. Mib name:
srclP2TELPrefixToAdd
INI Name:
SOURCENUMBERMAPIP2TEL
_PREFIX2ADD
Profile name: Not Profiled
Suffix To String Instant " Suffix To Add
Add Up to 49 chars. Mib name: srclP2TELSuffix2Add
INI Name:
SOURCENUMBERMAPIP2TEL
_SUFFIX2ADD
Profile name: Not Profiled
Number Of Integer Instant "0" Number of digits to leave
Digits To 0-255 Mib name:
Leave srclP2TELNumOfDigitsToLeave
INI Name:
SOURCENUMBERMAPIP2TEL
_LEAVEFROMRIGHT
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Number Enum: Instant "0" Number Plan
Plan Unknown(0), Mib name:
E164Public(1),Private(9),NotCo srclP2TELNumberPlan
nfigured(255) INI Name:
SOURCENUMBERMAPIP2TEL
_NUMBERPLAN
Profile name: Not Profiled
Number Enum: Instant "0" Number Type
Type Unknown(0), International- Mib name:
Level2Regional(1),National- srclP2TELNumberType
Level1Regional(2),NetworkSpe INI Name:
cific- SOURCENUMBERMAPIP2TEL
NetworkPISN(3),Subscriber- _NUMBERTYPE
LevelORegional(4),Abbreviated( Profile name: Not Profiled
6),NotConfigured(255)
Presentati Enum: Instant "255" | Presentation
on NotBlocked(0), Mib name:
Blocked(1),NotConfigured(255) srclP2TELPresentation
INI Name:
SOURCENUMBERMAPIP2TEL
_ISPRESENTATIONRESTRICT
ED
Profile name: Not Profiled
Source String Instant " Source Host Prefix
Host Up to 50 chars. Mib name: srclP2TELSrcHost
INI Name:
SOURCENUMBERMAPIP2TEL
_SRCHOST
Profile name: Not Profiled
Destinatio String Instant " Destination Host Prefix
n Host Up to 50 chars. Mib name: srclP2TELDstHost
INI Name:
SOURCENUMBERMAPIP2TEL
_DESTHOST
Profile name: Not Profiled
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2.19.5 Tab: Source Tel-to-IP

Frame: Manipulations Provisioning, Tab: Source Tel to IP

Parameter
Name

Type

Index Integer

0-119

Manipulatio
n Name

String
Up to 20 chars.

Status Enum:

Active(1),
NotInService(2),NotReady(3),
CreateAndGo(4),CreateAndW

ait(5),Destroy(6)

Integer
-1-99

Source
Trunk Group
ID

Source IP Integer
Group ID -1-31

Destination
Prefix

String
Up to 100 chars.

Type
NA

Instant

NA

Instant

Instant

Instant

Provisioning Default
Value

ll0ll

ll3ll

ll_1 n

ll_1 n

Description

Source number, starting at 0.

Mib name: srcTEL2IPIndex

INI Name:
SOURCENUMBERMAPTELZ2IP_|
NDEX

Profile name: Not Profiled

Manipulation Name

Mib name:
srcTEL2IPManipulationName

INI Name:
SOURCENUMBERMAPTELZ2IP_
MANIPULATIONNAME

Profile name: Not Profiled

Row-Status Textual Conventions
as defined in RFC 2579: Textual
Conventions for SMIv2

Mib name: srcTEL2IPRowStatus
Profile name: Not Profiled

GwApp IP-toTel Destination
Phone Number Manipulation
Rules Table

Mib name:
srcTEL2IPSourceTrunkGrouplD
INI Name:
NUMBERMAPIP2TEL _SRCTRU
NKGROUPID

Profile name: Not Profiled

GwApp IP-toTel Destination
Phone Number Manipulation
Rules Table

Mib name:
srcTEL2IPSourcelPGrouplD

INI Name:
NUMBERMAPIP2TEL_SRCIPGR
OUPID

Profile name: Not Profiled

Mib name: srcTEL2IPDestPrefix
INI Name:
SOURCENUMBERMAPTELZ2IP _
DESTINATIONPREFIX

Profile name: Not Profiled
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Parameter
Name

Source
Prefix

Stripped
Digits From
Left

Stripped
Digits From
Right

Prefix To
Add

Suffix To
Add

Number Of
Digits To
Leave

Presentation

Type

Type
String Instant
Up to 100 chars.

Integer Instant

0-211

Integer Instant

0-211

String Instant

Up to 49 chars.

String Instant

Up to 49 chars.

Integer Instant

0-255

Enum: Instant

NotBlocked(0),

Blocked(1),NotConfigured(25

5)

Provisioning Default

Value

ll0ll

ll0|l

ll0ll

ll255ll

Description

Mib name: srcTEL2IPPrefix

INI Name:
SOURCENUMBERMAPTELZ2IP _
SOURCEPREFIX

Profile name: Not Profiled

Num of stripped digits, Remove
from left.

Mib name:
srcTEL2IPNumOfStrippedDigits
INI Name:
SOURCENUMBERMAPTELZ2IP _
REMOVEFROMLEFT

Profile name: Not Profiled

Num Of digits To Remove from
Right.

Mib name:
srcTEL2IPNumOfDigitsToRemFro
mRight

INI Name:
SOURCENUMBERMAPTELZ2IP_
REMOVEFROMRIGHT

Profile name: Not Profiled

Prefix to Add

Mib name: srcTEL2IPPrefixToAdd
INI Name:
SOURCENUMBERMAPTELZ2IP _
PREFIX2ADD

Profile name: Not Profiled

Suffix To Add

Mib name: srcTEL2IPSuffix2Add
INI Name:
SOURCENUMBERMAPTELZ2IP _
SUFFIX2ADD

Profile name: Not Profiled

Number of digits to leave

Mib name:
srcTEL2IPNumOfDigitsToLeave
INI Name:
SOURCENUMBERMAPTELZ2IP_L
EAVEFROMRIGHT

Profile name: Not Profiled

Presentation

Mib name: srcTEL2IPPresentation
INI Name:
SOURCENUMBERMAPTELZ2IP_|
SPRESENTATIONRESTRICTED
Profile name: Not Profiled
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Parameter Type Provisioning Default
Name Type Value
Is String Instant e
Presentation Up to 15 chars.
Restricted
Source Host String Instant

Up to 50 chars.

2.19.6 Tab: Redirect Number Map IP-to-Tel

Description

Source Address

Mib name:
srcTEL2IPSourcelPAddress

INI Name:
SOURCENUMBERMAPTELZ2IP _
SOURCEADDRESS

Profile name: Not Profiled

Source Host Prefix

Mib name: srcTEL2IPSrcHost

INI Name:
SOURCENUMBERMAPTELZ2IP _
SRCHOST

Profile name: Not Profiled

Frame: Manipulations Provisioning, Tab: Redirect Number Map Ip to Tel

Parameter
Name

Type
Type

Index Integer NA

0-19

Manipulation Instant

Name

String
Up to 20 chars.

Status Enum: Instant
Active(1),

NotInService(2),NotReady(3

),CreateAndGo(4),CreateAn

dWait(5),Destroy(6)

Provisioning  Default
Value

ll0ll

ll3ll

Description

Entry number, starting at 0.
Mib name:
redirectNumberMaplp2Tellnde
X

INI Name:
REDIRECTNUMBERMAPIP2T
EL_INDEX

Profile name: Not Profiled

Manipulation Name

Mib name:
redirectNumberMaplp2TelMani
pulationName

INI Name:
REDIRECTNUMBERMAPIP2T
EL_MANIPULATIONNAME
Profile name: Not Profiled

Row-Status Textual
Conventions as defined in RFC
2579: Textual Conventions for
SMIiv2

Mib name:
redirectNumberMaplp2TelRow
Status

Profile name: Not Profiled
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Parameter
Name

Destination
Prefix

Redirect
Prefix

Source
Address

Number Type

Number Plan

Remove From
Left

Type Provisioning
Type
String Instant

Up to 100 chars.

String Instant
Up to 100 chars.

String Instant
Up to 70 chars.

Enum: Instant

NotConfigured(255),
Unknown(0),International(1),
National(2),NetworkSpecific(
3),Subscriber(4),Abbreviate

d(6)

Enum: Instant

NotConfigured(255),
Unknown(0),E164Public(1),

Private(9)

Integer Instant
0-211

Default
Value

ll0ll

ll0ll

ll0ll

Description

Mib name:
redirectNumberMaplp2TelDest
inationPrefix

INI Name:
REDIRECTNUMBERMAPIP2T
EL _DESTINATIONPREFIX
Profile name: Not Profiled

Mib name:
redirectNumberMaplp2TelRedi
rectPrefix

INI Name:
REDIRECTNUMBERMAPIP2T
EL REDIRECTPREFIX

Profile name: Not Profiled

Mib name:
redirectNumberMaplp2TelSour
ceAddress

INI Name:
REDIRECTNUMBERMAPIP2T
EL_SOURCEADDRESS
Profile name: Not Profiled

Mib name:
redirectNumberMaplp2TelNum
berType

INI Name:
REDIRECTNUMBERMAPIP2T
EL_NUMBERTYPE

Profile name: Not Profiled

Mib name:
redirectNumberMaplp2TelNum
berPlan

INI Name:
REDIRECTNUMBERMAPIP2T
EL_NUMBERPLAN

Profile name: Not Profiled

Mib name:
redirectNumberMaplp2TelRem
oveFromLeft

INI Name:
REDIRECTNUMBERMAPIP2T
EL_REMOVEFROMLEFT
Profile name: Not Profiled
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Parameter
Name

Remove From
Right

Leave From
Right

Prefix To Add

Suffix To Add

Is
Presentation
Restricted

Source Trunk
Group ID

Type

Integer
0-211

Integer
0-2147483647

String
Up to 49 chars.

String
Up to 49 chars.

Enum:

NotConfigured(255),
Allowed(0),Restricted(1)

Integer
-1-99

Provisioning
Type

Instant

Instant

Instant

Instant

Instant

Instant

Default
Value

ll0ll

ll0ll

ll0ll

ll_1 n

Description

Mib name:
redirectNumberMaplp2TelRem
oveFromRight

INI Name:
REDIRECTNUMBERMAPIP2T
EL_REMOVEFROMRIGHT
Profile name: Not Profiled

Mib name:
redirectNumberMaplp2TelLeav
eFromRight

INI Name:
REDIRECTNUMBERMAPIP2T
EL LEAVEFROMRIGHT
Profile name: Not Profiled

Mib name:
redirectNumberMaplp2TelPrefi
xToAdd

INI Name:
REDIRECTNUMBERMAPIP2T
EL _PREFIX2ADD

Profile name: Not Profiled

Mib name:
redirectNumberMaplp2Tel Suffi
xToAdd

INI Name:
REDIRECTNUMBERMAPIP2T
EL_SUFFIX2ADD

Profile name: Not Profiled

Mib name:
redirectNumberMaplp2TellsPr
esentationRestricted

INI Name:
REDIRECTNUMBERMAPIP2T
EL _ISPRESENTATIONREST
RICTED

Profile name: Not Profiled

Mib name:
redirectNumberMaplp2TelSrcT
runkGrouplD

INI Name:
REDIRECTNUMBERMAPIP2T
EL_SRCTRUNKGROUPID
Profile name: Not Profiled
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Parameter
Name

Source IP
Group ID

Source Host

Destination
Host

Provisioning
Type

Type

Integer Instant

-1-31

String Instant

Up to 50 chars.

String Instant

Up to 50 chars.

Default
Value

ll_1 n

Description

Mib name:
redirectNumberMaplp2TelSrcl
PGrouplD

INI Name:
REDIRECTNUMBERMAPIP2T
EL_SRCIPGROUPID

Profile name: Not Profiled

Source Host Prefix

Mib name:
redirectNumberMaplp2TelSrcH
ost

INI Name:
REDIRECTNUMBERMAPIP2T
EL _SRCHOST

Profile name: Not Profiled

Destination Host Prefix

Mib name:
redirectNumberMaplp2TelDstH
ost

INI Name:
REDIRECTNUMBERMAPIP2T
EL DESTHOST

Profile name: Not Profiled
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2.19.7 Tab: Redirect Number Map Tel-to-IP

Frame: Manipulations Provisioning, Tab: Redirect Number Map Tel to Ip

Parameter
Name

Index

Manipulatio
n Name

Status

Type

Integer
0-19

String
Up to 20 chars.

Enum:
Active(1),

NotInService(2),NotReady(3

Destination
Prefix

Redirect
Prefix

Source
Address

),CreateAndGo(4),CreateAn
dWait(5),Destroy(6)

String
Up to 100 chars.

String
Up to 100 chars.

String
Up to 70 chars.

Provisioning = Default

Type
NA

Instant

Instant

Instant

Instant

Instant

Value

ll0ll

ll3ll

Description

Entry number, starting at 0.

Mib name:
redirectNumberMapTel2IpIndex
INI Name:
REDIRECTNUMBERMAPTEL2I
P_INDEX

Profile name: Not Profiled

Manipulation Name

Mib name:
redirectNumberMapTel2lpManip
ulationName

INI Name:
REDIRECTNUMBERMAPTEL2I
P_MANIPULATIONNAME
Profile name: Not Profiled

Row-Status Textual
Conventions as defined in RFC
2579: Textual Conventions for
SMIv2

Mib name:
redirectNumberMapTel2lpRowS
tatus

Profile name: Not Profiled

Mib name:
redirectNumberMapTel2IpDestin
ationPrefix

INI Name:
REDIRECTNUMBERMAPTEL2I
P_DESTINATIONPREFIX
Profile name: Not Profiled

Mib name:
redirectNumberMapTel2lpRedir
ectPrefix

INI Name:
REDIRECTNUMBERMAPTEL2I
P_REDIRECTPREFIX

Profile name: Not Profiled

Mib name:
redirectNumberMapTel2lpSourc
eAddress

INI Name:
REDIRECTNUMBERMAPTEL2I
P_SOURCEADDRESS

Profile name: Not Profiled
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Parameter
Name

Number
Type

Number
Plan

Remove
From Left

Remove
From Right

Leave From
Right

Prefix To
Add

Type

Type
Integer Instant
0-2147483647

Integer Instant

0-2147483647

Integer Instant

0-211

Integer Instant

0-211

Integer Instant

0-2147483647

String Instant

Up to 49 chars.

Provisioning

Default
Value

ll0ll

ll0ll

ll0ll

ll0ll

ll0ll

Description

Mib name:
redirectNumberMapTel2lpNumb
erType

INI Name:
REDIRECTNUMBERMAPTEL2I
P_NUMBERTYPE

Profile name: Not Profiled

Mib name:
redirectNumberMapTel2lpNumb
erPlan

INI Name:
REDIRECTNUMBERMAPTEL2I
P_NUMBERPLAN

Profile name: Not Profiled

Mib name:
redirectNumberMapTel2lpRemo
veFromLeft

INI Name:
REDIRECTNUMBERMAPTEL2I
P_REMOVEFROMLEFT

Profile name: Not Profiled

Mib name:
redirectNumberMapTel2lpRemo
veFromRight

INI Name:
REDIRECTNUMBERMAPTEL2I
P_REMOVEFROMRIGHT
Profile name: Not Profiled

Mib name:
redirectNumberMapTel2lpLeave
FromRight

INI Name:
REDIRECTNUMBERMAPTEL2I
P_LEAVEFROMRIGHT

Profile name: Not Profiled

Mib name:
redirectNumberMapTel2lpPrefix
ToAdd

INI Name:
REDIRECTNUMBERMAPTEL2I
P_PREFIX2ADD

Profile name: Not Profiled
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Parameter
Name

Type

Suffix To String
Add Up to 49 chars.

Is Enum:
Presentation NotConfigured(255),
Restricted | Allowed(0),Restricted(1)

Source
Trunk Group
ID

Integer
-1-99

Source IP
Group ID

Integer
-1-31

Source Host String

Up to 50 chars.

Destination String
Host Up to 50 chars.

Provisioning = Default

Type

Instant

Instant

Instant

Instant

Instant

Instant

Value

ll0ll

ll_1 n

ll_1 n

Description

Mib name:
redirectNumberMapTel2lpSuffix
ToAdd

INI Name:
REDIRECTNUMBERMAPTEL2I
P_SUFFIX2ADD

Profile name: Not Profiled

Mib name:
redirectNumberMapTel2lplsPres
entationRestricted

INI Name:
REDIRECTNUMBERMAPTEL2I
P_ISPRESENTATIONRESTRIC
TED

Profile name: Not Profiled

Mib name:
redirectNumberMapTel2lpSrcTr
unkGrouplID

INI Name:
REDIRECTNUMBERMAPTEL2I
P_SRCTRUNKGROUPID
Profile name: Not Profiled

Mib name:
redirectNumberMapTel2lpSrcIP
GrouplD

INI Name:
REDIRECTNUMBERMAPTEL2I
P_SRCIPGROUPID

Profile name: Not Profiled

Source Host Prefix

Mib name:
redirectNumberMapTel2lpSrcHo
st

INI Name:
REDIRECTNUMBERMAPTEL2I
P_SRCHOST

Profile name: Not Profiled

Destination Host Prefix

Mib name:
redirectNumberMapTel2lpDstHo
st

INI Name:
REDIRECTNUMBERMAPTEL2I
P_DESTHOST

Profile name: Not Profiled
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2.19.8 Tab: Phone Context

Frame: Manipulations Provisioning, Tab: Phone Context

Parameter Type Provisioning Type Default Description
Name Value
Index Integer NA "0" Entry number,
0-19 starting at 0.
Mib name:
phoneContextinde
X
INI Name:
PHONECONTEX
T_INDEX
Profile name: Not
Profiled
Status Enum: Instant "3" Row-Status
Active(1), Textual
NotInService(2),NotReady(3), Conventions as
CreateAndGo(4),CreateAndW defined in RFC
ait(5),Destroy(6) 2579: Textual
Conventions for
SMiv2
Mib name:
phoneContextRo
wStatus
Profile name: Not
Profiled
NPI Enum: Instant "255" | Number Plan
NotConfigured(255), Mib name:
Unknown(0),E164Public(1),D phoneContextNPI
ata(3), Telex(4),National(8),Pri INI Name:
vate(9),ReservedExtension(1 PHONECONTEX
5) T_NPI
Profile name: Not
Profiled
TON Enum: Instant "255" | Number Type
NotConfigured(255), Mib name:
Unknown(0),International- phoneContextTO
Level2Regional(1),National- N
Level1Regional(2),NetworkSp INI Name:
ecific- PHONECONTEX
NetworkPISN(3),Subscriber- T_TON
LevelORegional(4),Abbreviate Profile name: Not
d(6),ReservedExtension(7) Profiled
Phone String Instant " Phone-Context
Context Up to 99 chars. Mib name:
phoneContextPho
neContext
INI Name:
PHONECONTEX
T_CONTEXT
Profile name: Not
Profiled
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2.19.9 Tab: SIP to ISDN Cause Mapping

Frame: Manipulations Provisioning, Tab: SIP to ISDN Cause Mapping

Parameter Type Provisioning Default Description
Name Type Value

Index Integer NA "0"

0-11 Mib name:
causeMapSIP2ISDNInd
ex
INI Name:
CAUSEMAPSIP2ISDN_|
NDEX
Profile name: Not
Profiled

Status Enum: Instant "3" Row-Status Textual
Active(1), Conventions as defined
NotInService(2),NotReady(3),CreateA in RFC 2579: Textual
ndGo(4),CreateAndWait(5),Destroy(6) Conventions for SMIv2
Mib name:
causeMapSIP2ISDNRo
wStatus
Profile name: Not
Profiled

SIP Integer Instant 1"

Response -1-700 Mib name:
causeMapSIP2ISDNSIP
Response
INI Name:
CAUSEMAPSIP2ISDN _
SIPRESPONSE
Profile name: Not
Profiled

Q850 Integer Instant 1"

Cause -1-805 Mib name:
causeMapSIP2ISDNQ8
50Cause
INI Name:
CAUSEMAPSIP2ISDN |
SDNRELEASECAUSE
Profile name: Not
Profiled
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2.19.10 Tab: ISDN to SIP Cause Mapping

Frame: Manipulations Provisioning, Tab: ISDN to SIP Cause Mapping

Parameter Type Provisioning Default Description
Name Type Value

Index Integer NA "0"

0-11 Mib name:
causeMapISDN2SIPInd
ex
INI Name:
CAUSEMAPISDNZ2SIP_|
NDEX
Profile name: Not
Profiled

Status Enum: Instant "3" Row-Status Textual
Active(1), Conventions as defined
NotInService(2),NotReady(3),CreateAn in RFC 2579: Textual

dGo(4),CreateAndWait(5),Destroy(6) Conventions for SMIv2
Mib name:
causeMaplSDN2SIPRo
wStatus
Profile name: Not
Profiled

Q850 Integer Instant 1"

Cause -1-805 Mib name:
causeMapISDN2SIPQ8
50Cause
INI Name:
CAUSEMAPISDN2SIP |
SDNRELEASECAUSE
Profile name: Not
Profiled

SIP Integer Instant 1"

Response -1-700 Mib name:
causeMaplSDN2SIPSIP
Response
INI Name:
CAUSEMAPISDN2SIP_
SIPRESPONSE
Profile name: Not
Profiled
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2.20 Frame: Media Enhancement Profile

2.20.1 Tab: General Settings

Frame: Media Enhancement Profile, Tab: General Settings

Parameter Type Provisioning Default Description
Name Type Value
Profile String Online " | Media enhancement profile - defines the BW and
Name | Up to 39 chars. QoE profile for IP Groups.
Mib name:
acCPQOEMediaEnhancementProfileProfileName
INI Name:

MEDIAENHANCEMENTPROFILE_PROFILENAME
Profile name: Not Profiled

2.21 Frame: Media Enhancement Rules

2.21.1 Tab: General Settings

Frame: Media Enhancement Rules, Tab: General Settings

Parameter Type Provisioning Default Description
Name Type Value

Trigger Enum: Online "0" Trigger values:;0 - MOS;1 - Delay;2 -
Mos(0), PacketLoss;3 - Jitter;4 - BW
Delay(1),PacketLoss(2),J Mib name:
itter(3),bw(4) acCPQOEMediaEnhancementRules
Trigger
INI Name:
MEDIAENHANCEMENTRULES TRI
GGER
Profile name: Not Profiled

Color Enum: Online "0" Color values:;0 - red;1 - yellow

red(0), yellow(1) Mib name:
acCPQOEMediaEnhancementRules
Color
INI Name:
MEDIAENHANCEMENTRULES CO
LOR
Profile name: Not Profiled

Action Rule Enum: Online "0" Action values:;0 - Accept calls
acceptCalls(0), (override);1 - Rejet calls;2 -
rejectCalls(1),alternativel alternative IP profile

PProfile(2) Mib name:
acCPQOEMediaEnhancementRules
ActionRule
INI Name:
MEDIAENHANCEMENTRULES_AC
TIONRULE
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Action Value Integer Online "-1" | The value required because of the

-2147483647- action's selection

2147483647 Mib name:
acCPQOEMediaEnhancementRules
ActionValue
INI Name:
MEDIAENHANCEMENTRULES_AC
TIONVALUE

Profile name: Not Profiled

2.22 Frame: Media Provisioning

2.22.1 Tab: General Settings

Frame: Media Provisioning, Tab: General Settings

Parameter Type Provisioning Default Description
Name Type Value
Index Integer NA "0" | Entry number in the table.
0-1 Mib name: acMediaDsplndex

INI Name: DSPTEMPLATES INDEX
Profile name: Not Profiled

Media
Aggregation
Row Status Enum: NA "0" | ROWSTATUS field for line. Internal parameter.
Mib name: acMediaDspRowStatus
Profile name: Digital VoP Media DSP Table Profile
Remote Integer Offline "0" | Remote Base UDP Port For Aggrigation
Base UDP | 0-65535 Mib name:
Port acMediaAggregationRemoteBaseUDPPort
INI Name: REMOTEBASEUDPPORT
Profile name: Digital VoP Media Profile
Template Integer Offline "0" | DSP template number.
Number 0-16 Mib name: acMediaDspTemplateNumber
INI Name:
DSPTEMPLATES_DSPTEMPLATENUMBER
Profile name: Digital VoP Media DSP Table Profile
DSP
Resources Integer Offline "0" | Percentage use for the specified template.
Percentage 0-100 Mib name: acMediaDspResourcesPercentage

INI Name:
DSPTEMPLATES_DSPRESOURCESPERCENTAGE
Profile name: Digital VoP Media DSP Table Profile
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Parameter Type Provisioning Default
Name Type Value
Version Integer Offline "0"
Template 0-255
Number
Media
Realm
Default String Offline "
Realm Up to 39
Name chars.

2.22.2 Tab: Voice Settings

Description

Selects the DSP load number. Each load has a
different coder list, a different channel capacity and
different features supported.

{@}Range = 0 to 255

Mib name:
acMediaDSPConfigVersionTemplateNumber

INI Name: DSPVERSIONTEMPLATENUMBER
Profile name: Digital VoP Media Profile

By default, the default CP media realm is the first
realm appearing in the CP media realm table.

The parameter enables the user to set any of the
realms appearing in the table as the default realm.
Mib name: acCPMediaDefaultRealmName

INI Name: CPDEFAULTMEDIAREALMNAME
Profile name: Digital VoP Media Profile

Frame: Media Provisioning, Tab: Voice Settings

Parameter Type Provisioning Default Description
Name Type Value
Jitter
Buffer
Minimal Integer Online "0" | Defines the Dynamic Jitter Buffer Minimum
Delay (ms) 0-150 Delay (in msec).
{@}Recommended value for a regular voice
callis 10.
Mib name: acJitterBufferMinDelay
INI Name: DJBUFMINDELAY
Profile name: Digital VoP Media Profile
Opt Factor Integer Online "0" | Defines the Dynamic Jitter Buffer frame
0-13 error/delay optimization.
Recommended value for a regular voice call
is 10.
Mib name: acJitterBufferOptFactor
INI Name: DJBUFOPTFACTOR
Profile name: Digital VoP Media Profile
General
Settings
Volume Integer Online "-32" | Defines the voice output gain control.
(dB) -32-31 Range: -32 dB to +31 dB in 1 dB steps{@}-
32 = mute{@}Default = 0 = No Gain
Mib name: acVoiceVolume
INI Name: VOICEVOLUME
Profile name: Digital VoP Media Profile
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Parameter
Name

Type

Enum:
VoicePayloadFormatR
TP(0),
VoicePayloadFormatA
TM(1)

Payload
Format

Input Gain Integer
(dB) -32-31

Echo
Canceller
Enable

Enum:
Disable(0), Enable(1)

Echo Enum:
Canceller ECHybridLoss6DBM(0)
Hybrid ,
Loss ECHybridLossODBM(2)

,ECHybridLoss3DBM(3
)

Enum:
Disable(0), Enable(1)

Tone
Detector

Type

Online

Online

Online

Online

Online

Provisioning Default
Value

ll0ll

ll_32ll

ll0ll

ll0ll

ll0ll

Description

Sets the voice payload format. Choose
either 0 = RTP or 1 = ATM (which enables
working with vendors that use G.726 ATM
Payload Format over RTP. Uses the enum
acTVoicePayloadFormat.

0 = VoicePayloadFormatRTP{@}1 =
VoicePayloadFormatATM{@}2 =
VoicePAyloadFormatlllegal

Mib name: acVoicePayloadFormat

INI Name: VOICEPAYLOADFORMAT
Profile name: Digital VoP Media Profile

Defines the PCM input gain.

Range =-32 dB to +31dB in 1 dB
steps.{@}Default = No Gain

Mib name: acVoicelnputGain

INI Name: INPUTGAIN

Profile name: Digital VoP Media Profile

Enables or disables the Echo Canceller.
{@}0 = Disable{@}1 = Enable

Mib name: acVoiceECEnable

INI Name: ENABLEECHOCANCELLER
Profile name: Digital VoP Media Profile

Sets the worst case ratio between the
signal level transmitted to the hybrid and
the echo level returning from hybrid. Set
this per worst hybrid in the system in terms
of echo return loss. Refer to the
enumeration acTECHybridLoss.

{@}0 = 6 dBm{@}2 = 0 dBm{@}3 = 3 dBm
Mib name: acVoiceECHybridLoss

INI Name: ECHYBRIDLOSS

Profile name: Digital VoP Media Profile

Used to configure the Echo Canceler Tone
Detector. Detects a 2100 Hz tone at the
input signal to the TDM (received signal).
Improves Echo Canceler operation
accordingly. Detects 2100, 2100 with phase
reversals and 2100 with AM. Improves the
operation of the Echo Canceler by slowing
adaptation when the signal is detected. This
data is also used by the fax state machine.
0 = Disable{@}1 = Enable

Mib name: acVoiceECToneDetector

INI Name: ECENABLETONEDETECTOR
Profile name: Digital VoP Media Profile
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Parameter
Name

Type
Type

Comfort Online "0"
Noise
Generatio

n

Enum:
Disable(0), Enable(1)

Enum: Online "o"
SILENCE-
COMPRESION-
DISABLE(0),
SILENCE-
COMPRESION-
ENABLE(1),SILENCE-
COMPRESION-
ENABLE-NOISE-
ADAPTATION-
DISABLE(2)

Silence
Compressi
on Mode

Automatic
Gain
Control

AGC
Enable

Enum: Online "o"

Disable(0), Enable(1)

Gain Online "0"

Slope

Integer
0-31

Provisioning Default
Value

Description

Use this parameter to enable or enable
Echo Canceler Comfort Noise Generation,
which generates comfort noise when the
Non Linear Processor (NLP) is active.
When the NLP ascertains that the signal is
echo and not doubletalk and decides to clip,
instead of transmitting silence it transmits a
synthesized signal similar to the
background noise.{@}0 = Disable{@}1 =
Enable

Mib name:
acVoiceECComfortNoiseGeneration

INI Name:
ECENABLECOMFORTNOISEGENERATIO
N

Profile name: Digital VoP Media Profile

Enables or disables Silence Suppression
Mode.

{@}0 = Disable =
SILENCE_COMPRESION_DISABLE{@}1
= Enable =
SILENCE_COMPRESION_ENABLE{@}2 =
Enable without adaptation =
SILENCE_COMPRESION_ENABLE_NOIS
E_ADAPTATION_DISABLE

Mib name: acVoiceSCMode

INI Name:
ENABLESILENCECOMPRESSION

Profile name: Digital VoP Media Profile

Activates the AGC (Automatic Gain
Control).

0 = Disable{@}1 = Enable

Mib name: acVoiceAGCEnable

INI Name: ENABLEAGC

Profile name: Digital VoP Media Profile

Determines the AGC (Automatic Gain
Control) convergence rate.

Range = 0 to 31 (according to
acTAGCGainSlope){@}Default = 3 (= 1
db/sec)

Mib name: acVoiceAGCGainSlope

INI Name: AGCGAINSLOPE

Profile name: Digital VoP Media Profile
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Parameter
Name

Type

Redirectio Integer
n 0-1

Target
Energy

Integer
0-63

Minimal
Gain (dB)

Integer
0-31

Maximal
Gain (dB)

Integer
0-18

Disable
Fast
Adaptation

Enum:
Disable(0), Enable(1)

Coders

EVRC Enum:
variableRate(0),
ac1kbps(1),ac4kbps(2),

ac8kbps(3)

QCELPS8 Enum:
variableRate(0),
ac1kbps(1),ac2kbps(2),

ac4kbps(3),ac8kbps(4)

Provisioning Default

Type

Online

Online

Offline

Offline

Offline

Online

Online

Value

ll0ll

ll0ll

ll20ll

ll1 5"

ll0ll

ll1 n

ll1ll

Description

Determines the AGC (Automatic Gain
Control) direction.

0 = AGC works on signals from the TDM
side {@}1 = AGC works on signals coming
from the Network side

Mib name: acVoiceAGCRedirection

INI Name: AGCREDIRECTION

Profile name: Digital VoP Media Profile

Determines the signal energy value [-dBm]
that the AGC (Automatic Gain Control)
attempts to attain.

{@}Range = 0 to 63

Mib name: acVoiceAGCTargetEnergy

INI Name: AGCTARGETENERGY

Profile name: Digital VoP Media Profile

Defines the minimum gain by the AGC
when activated [- db].

{@}Range = 0 to -31

Mib name: acVoiceAGCMinGain

INI Name: AGCMINGAIN

Profile name: Digital VoP Media Profile

Defines the maximum gain by the AGC
when activated [db].

{@}Range =01to 18

Mib name: acVoiceAGCMaxGain

INI Name: AGCMAXGAIN

Profile name: Digital VoP Media Profile

Disables the AGC Fast Adaptation mode.
{@}Enable = 1 {@}Disable = 0

Mib name:
acVoiceAGCDisableFastAdaptation

INI Name:
AGCDISABLEFASTADAPTATION
Profile name: Digital VoP Media Profile

This parameter is used to configure the
EVRC coder bit rate.

0 = Variable Rate{@}1 = 1 kbps{@}2 = 4
kbps{@}3 = 8 kbps

Mib name: acVoiceCoderRateEVRC

INI Name: EVRCRATE

Profile name: Digital VoP Media Profile

This parameter is used to configure the
QCELPS8 coder bit rate.

0 = Variable Rate{@}1 = 1 kbps{@}2 = 2
kbps{@}3 = 4 kbps{@}4 = 8 kbps

Mib name: acVoiceCoderRateQCELP8
INI Name: QCELP8RATE

Profile name: Digital VoP Media Profile
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Parameter Type
Name
QCELP13 Enum:
variableRate(0),
ac1kbps(1),ac3kbps(2),

ac7kbps(3),ac13kbps(4
)

G729 EV Enum:
Max Bit G729EV-RATE-8-
Rate KBPS (0), G729EV-

RATE-12-KBPS
(1),G729EV-RATE-14-
KBPS (2),G729EV-
RATE-16-KBPS
(3),G729EV-RATE-18-
KBPS (4),G729EV-
RATE-20-KBPS
(5),G729EV-RATE-22-
KBPS (6),G729EV-
RATE-24-KBPS
(7),G729EV-RATE-26-
KBPS (8),G729EV-
RATE-28-KBPS
(9),G729EV-RATE-30-
KBPS (10),G729EV-
RATE-32-KBPS
(11),G729EV-RATE-
UNDEFINED (15)

Provisioning Default

Type

Online

Online

Value

ll1 n

ll0ll

Description

This parameter is used to configure the
QCELP13 coder bit rate.

0 = Variable Rate{@}1 = 1 kbps{@}2 = 3
kbps{@}3 = 7 kbps{@}4 = 13 kbps{@K@}
Mib name: acVoiceCoderRateQCELP13
INI Name: QCELP13RATE

Profile name: Digital VoP Media Profile

Determines the maximum generation bitrate
for all participants in a session using
G729EV coder. This parameter is defined
per session and is equal for all the parties.
The initial generation bit rate is the
minimum between the MaxBitRate and the

MBS values.

{@}Possible values are:{@}0 =
G729EV_RATE_8 KBPS{@}1 =
G729EV_RATE_12_KBPS {@}2 =
G729EV_RATE_14_KBPS{@}3 =
G729EV_RATE_16_KBPS {@}4 =
G729EV_RATE_18_KBPS{@}5 =
G729EV_RATE_20_KBPS {@}6 =
G729EV_RATE_22_KBPS{@}7 =
G729EV_RATE_24 KBPS {@}8 =
G729EV_RATE_26_KBPS{@}9 =
G729EV_RATE_28 KBPS {@}10 =
G729EV_RATE_30_KBPS{@}11 =
G729EV_RATE_32_KBPS {@}15 =
G729EV_RATE_UNDEFINED

Mib name:

acVoiceCoderRateG729EVMaxBitRate

INI Name: G729EVMAXBITRATE

Profile name: Digital VoP Media Profile
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Parameter Type Provisioning Default Description
Name Type Value
G729 EV Enum: Online "0" | Determines the maximal bitrate, which may
Local MBS G729EV-RATE-8- be used by the G729EV coder at a specific
KBPS (0), G729EV- channel. This parameter is defined per
RATE-12-KBPS channel and may vary between the parties.
(1),G729EV-RATE-14- The initial generation bit rate is the
KBPS (2),G729EV- minimum between the MaxBitRate and the
RATE-16-KBPS MBS values.
(3),G729EV-RATE-18- {@}Possible values are:{@]}0 =
KBPS (4),G729EV- G729EV_RATE_8 KBPS{@}1 =
RATE-20-KBPS G729EV_RATE_12_KBPS {@}2 =
(5),G729EV-RATE-22- G729EV_RATE_14_KBPS{@}3 =
KBPS (6),G729EV- G729EV_RATE_16_KBPS {@}4 =
RATE-24-KBPS G729EV_RATE_18_KBPS{@}5 =
(7),G729EV-RATE-26- G729EV_RATE_20_KBPS {@}6 =
KBPS (8),G729EV- G729EV_RATE_ 22 KBPS{@}7 =
RATE-28-KBPS G729EV_RATE_ 24 KBPS {@}8 =
(9),G729EV-RATE-30- G729EV_RATE_26_KBPS{@}9 =
KBPS (10),G729EV- G729EV_RATE_28_KBPS {@}10 =
RATE-32-KBPS G729EV_RATE_30_KBPS{@}11 =
(11),G729EV-RATE- G729EV_RATE_32_KBPS {@}15 =
UNDEFINED (15) G729EV_RATE_UNDEFINED
Mib name:
acVoiceCoderRateG729EVLocalMBS
INI Name: G729EVLOCALMBS
Profile name: Digital VoP Media Profile
G729 EV Enum: Online "0"  Determines the value of the MBS field of
Receive G729EV-RATE-8- the G729EV frames to be sent to the other
MBS KBPS (0), G729EV- party. This parameter reflects the maximum

RATE-12-KBPS
(1),G729EV-RATE-14-
KBPS (2),G729EV-
RATE-16-KBPS
(3),G729EV-RATE-18-
KBPS (4),G729EV-
RATE-20-KBPS
(5),G729EV-RATE-22-
KBPS (6),G729EV-
RATE-24-KBPS
(7),G729EV-RATE-26-
KBPS (8),G729EV-
RATE-28-KBPS
(9),G729EV-RATE-30-
KBPS (10),G729EV-
RATE-32-KBPS
(11),G729EV-RATE-
UNDEFINED (15)

bit rate, which the local G729EV supports
as a receiver.

{@}Possible values are:{@}0 =
G729EV_RATE_8 KBPS{@}1 =
G729EV_RATE_12_KBPS {@}2 =
G729EV_RATE_14_KBPS{@}3 =
G729EV_RATE_16_KBPS {@}4 =
G729EV_RATE_18_KBPS{@}5 =
G729EV_RATE_20_KBPS {@}6 =
G729EV_RATE_22 KBPS{@}7 =
G729EV_RATE_ 24 KBPS {@}8 =
G729EV_RATE_26 KBPS{@}9 =
G729EV_RATE_28 KBPS {@}10 =
G729EV_RATE_30_KBPS{@}11 =
G729EV_RATE_32_KBPS {@}15 =
G729EV_RATE_UNDEFINED

Mib name:
acVoiceCoderRateG729EVReceiveMBS
INI Name: G729EVRECEIVEMBS
Profile name: Digital VoP Media Profile
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Parameter Type Provisioning Default Description
Name Type Value
Microsoft Enum: Online "1" | Determines the Microsoft RTA coder
RTA disable(0), enable(1) forward error correction mode.
Forward {@}0 - Disable.{@}1 - Enable.
Error Mib name:
Correction acVoiceCoderRateMsRtaForwardErrorCorr
Mode ectionEnable
INI Name:
MSRTAFORWARDERRORCORRECTION
ENABLE
Profile name: Digital VoP Media Profile
Microsoft Integer Online "0" | Determines the Microsoft RTA coder TX bit
RTA Bit 0-29000 rate.
Rate {@}0 - Automatic.{@}Any value between
8,800 - 29,000.
Mib name:
acVoiceCoderRateMsRtaTxBitRate
INI Name: MSRTATXBITRATE
Profile name: Digital VoP Media Profile
Speex NB Enum: Instant "3" | Determines the bitrate of Speex NB coder.

Bit Rate  CE-SPEEX-NB-RATE-
2-15-KBPS(1), CE-
SPEEX-NB-RATE-5-
95-KBPS(2),CE-
SPEEX-NB-RATE-8-
00-KBPS(3),CE-
SPEEX-NB-RATE-11-
0-KBPS(4),CE-SPEEX-
NB-RATE-15-0-
KBPS(5),CE-SPEEX-
NB-RATE-18-2-
KBPS(6),CE-SPEEX-
NB-RATE-24-6-
KBPS(7),CE-SPEEX-
NB-RATE-3-95-
KBPS(8)

Mib name:
acVoiceCoderRateSpeexNBBitRate
INI Name: SPEEXNBBITRATE

Profile name: Digital VoP Media Profile
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Parameter Type Provisioning Default Description
Name Type Value
Speex WB Enum: Instant "8" | Determines the bitrate of Speex WB coder.
Bit Rate CE-SPEEX-WB-RATE- Mib name:
3-95-KBPS(0), CE- acVoiceCoderRateSpeex\WWBBitRate
SPEEX-WB-RATE-5- INI Name: SPEEXWBBITRATE
75-KBPS(1),CE- Profile name: Digital VoP Media Profile
SPEEX-WB-RATE-7-
75-KBPS(2),CE-
SPEEX-WB-RATE-9-
80-KBPS(3),CE-
SPEEX-WB-RATE-12-
8-KBPS(4),CE-SPEEX-
WB-RATE-16-8-
KBPS(5),CE-SPEEX-
WB-RATE-20-6-
KBPS(6),CE-SPEEX-
WB-RATE-23-8-
KBPS(7),CE-SPEEX-
WB-RATE-27-8-
KBPS(8),CE-SPEEX-
WB-RATE-34-2-
KBPS(9),CE-SPEEX-
WB-RATE-42-2-
KBPS(10)
VBR Integer Online "0" | Defines the minimum number of frames gap
Coder 0-20000 between two SID frames, when using the
DTX Min EVRC voice activity detector.
Mib name: acVoiceSCVBRCoderDTXMin
INI Name: EVRCDTXMIN
Profile name: Digital VoP Media Profile
VBR Integer Online "0" | Defines the maximum number of frames
Coder 0-20000 gap between two SID frames, when using
DTX Max the EVRC voice activity detector.
Mib name: acVoiceSCVBRCoderDTXMax
INI Name: EVRCDTXMAX
Profile name: Digital VoP Media Profile
VBR Integer Online "0" | Forindicating the desired number of silence
Coder 0-255 frames at the beginning of each silence
Hangover period, when using the VBR CODER

silence suppression.

Mib name: acVoiceSCVBRCoderHangover
INI Name: VBRCODERHANGOVER
Profile name: Digital VoP Media Profile
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2.22.3 Tab: Acoustic Echo Suppression

Frame: Media Provisioning, Tab: Acoustic Echo Suppression

Parameter
Name

Type

Enable
Acoustic
Echo
Suppressor

Enum:
Disable(0), Enable(1)

Echo
Canceller
Type

Enum:
LineEchoCanceller(0),
AcousticEchoSuppress
orNetwork(1)

Attenuation
Intensity

Integer
0-3

Maximum
ERL
Threshold

Integer
0-60

Type
Offline

Online

Online

Online

Provisioning Default
Value

ll0ll

ll0ll

ll0ll

ll1 Oll

Description

Enable support of network echo
suppressor on board level. Reduces
board resource capacity.

Mib name:
acAcousticEchoSuppressorEnable

INI Name:
ACOUSTICECHOSUPPRESSORSUPP
ORT

Profile name: Digital VoP Media Profile

Echo Canceller type. Line echo
canceller for TDM Side or acoustic echo
suppressor on network side.

Mib name:
acAcousticEchoSuppressorEchoCancell
erType

INI Name: ECHOCANCELLERTYPE
Profile name: Digital VoP Media Profile

Acoustic echo suppressor attenuation
intensity. intensity of attenuation on
signals identified as echo.

Mib name:
acAcousticEchoSuppressorAttenuationl
ntensity

INI Name:
ACOUSTICECHOSUPPATTENUATION
INTENSITY

Profile name: Digital VoP Media Profile

Acoustic echo suppressor max ERL
threshold in DB. Max ratio between
signal level and retruned echo from
phone.

Mib name:
acAcousticEchoSuppressorMaxERLThr
eshold

INI Name:
ACOUSTICECHOSUPPMAXERLTHRE
SHOLD

Profile name: Digital VoP Media Profile
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Parameter Type Provisioning Default Description
Name Type Value
Minimum Integer Online "0" | Acoustic echo suppressor MIN reference
Reference 0-40 delay in mSec. The reference delay in
Delay the network helps echo suppression

algorithm to identify echo signals. The
entered value will be multiplied by 10.
Mib name:
acAcousticEchoSuppressorMinReferenc
eDelay

INI Name:
ACOUSTICECHOSUPPMINREFDELAY
X10MS

Profile name: Digital VoP Media Profile

Maximum Integer Online "40" | Acoustic echo suppressor MAX
Reference 0-40 reference delay. The reference delay in
Delay the network helps echo suppression
algorithm to identify echo signals. The
entered value will be multiplied by 10.
Mib name:
acAcousticEchoSuppressorMaxReferen
ceDelay
INI Name:
ACOUSTICECHOSUPPMAXREFDELA
YX10MS
Profile name: Digital VoP Media Profile

2.22.4 Tab: Caller ID Settings

Frame: Media Provisioning, Tab: Caller ID Settings

Parameter Type Provisioning Default Description
Name Type Value
Caller Id Enum: Online "0"  Defines the supported Caller ID standard.
Types Bellcore (0), ETSI 0 = Bellcore{@}1 = ETS{@}2 = NTT{@}4 =
(1),NTT (2),BT British{@}16 = ETSI_ETS{@}17 =
(4),DTMF-Based- Denmark{@}18 = Indian{@}19 = Brazilian
ETSI (16),Denmark Mib name: acCallerIDTypes
(17),Indian INI Name: CALLERIDTYPE
(18),Brazilian (19) Profile name: Digital VoP Media Profile
Transport Enum: Online "0"  Defines the CallerID Transport type.
Type CallerlD- {@}0 = Disable {@}1 = Relay {@}3 = Mute
DISABLE(0), Mib name: acCallerIDTransportType
CallerlD- INI Name: CALLERIDTRANSPORTTYPE
RELAY(1),CallerID- Profile name: Digital VoP Media Profile
MUTE(3)
DTMF Based Integer Online "0" | Determines the maximum number of DTMF
Max Digits 0-26 digits in a DTMF-based Caller ID string.

{@}Range = 0 to 26

Mib name: acCallerl DDTMFBasedMaxDigits
INI Name: MAXDTMFDIGITSINCIDSTRING
Profile name: Digital VoP Media Profile
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Parameter Type Provisioning Default Description
Name Type Value
DTMF Based Integer Online "0" | Determines the mimumum number of DTMF
Min Digits 0-26 digits in a DTMF-based Caller ID string.

2.22.5 Tab: Bypass Settings

{@}Range =0 to 26

Mib name: acCalleri DDTMFBasedMinDigits
INI Name: MINDTMFDIGITSINCIDSTRING
Profile name: Digital VoP Media Profile

Frame: Media Provisioning, Tab: Bypass Settings

Parameter Type
Name Type
Coder Type Enum: Online
G711Alaw-
64(0),
G711Mulaw(1)
Packetizatio Integer Online
n Period 1-12
Basic Enum: Online
Packet PACKET-
Interval INTERVAL-
DEFAULT(0),
PACKET-
INTERVAL-5-
MSEC(1),PACK
ET-INTERVAL-
10-
MSEC(2),PACK
ET-INTERVAL-
20-MSEC(3)
Dynamic Integer Online
Jitter Buffer 0-150
Minimal
Delay (ms)
NSE Integer Online
Payload 96-127
Type

Provisioning Default
Value

Description

"0" | Users can use this parameter to set the
fax/modem bypass coder (according to
acTCoders).

{@}0 = G.711 A-Law{@}1 = G.711 Mu-Law
Mib name: acFMBypassCoderType

INI Name: FAXMODEMBYPASSCODERTYPE
Profile name: Digital VoP Media Profile

"1" | Defines the number of basic frames to generate
one RTP fax'modem bypass packet.
Mib name: acFMBypassPacketizationPeriod
INI Name: FAXMODEMBYPASSM
Profile name: Digital VoP Media Profile

"0" | Sets the basic Fax / Modem Bypass RTP packet
rate.
0 = Default (set internally)
(PACKET_INTERVAL_DEFAULT){@}1 =5
msec (PACKET_INTERVAL_5 MSEC){@}2 =
10 msec (PACKET_INTERVAL_10_MSEC)Y@}3
= 20 msec (PACKET_INTERVAL_20_MSEC)
Mib name: acFMBypassBasicPacketInterval
INI Name:
FAXMODEMBYPASSBASICRTPPACKETINTE
RVAL
Profile name: Digital VoP Media Profile

"0" | Determines the Jitter Buffer constant delay (in
milliseconds) during a Fax And Modem Bypass
session. (The minimum Jitter Buffer Size).
{@}Range = 0 to 150
Mib name: acFMBypassDJBufMinDelay
INI Name:
FAXMODEMBYPASDJBUFMINDELAY
Profile name: Digital VoP Media Profile

"96"  Users can use this parameter to modify the NSE
packet's payload type.
{@}Range = 96 to 127
Mib name: acFMNSEPayloadType
INI Name: NSEPAYLOADTYPE
Profile name: Digital VoP Media Profile
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Parameter
Name

NSE Mode

Enable
Inband
Network
Detection

Fax Bypass
Payload
Type

Modem

Bypass

Payload
Type

Fax Bypass
Output Gain

Type

Enum:
Disable(0),
Enable(1)

Enum:
Disable(0),
Enable(1)

Integer
0-127

Integer
0-127

Integer
-31-31

Provisioning Default

Type

Online

Online

Online

Online

Online

Value

ll0ll

ll0ll

ll0ll

ll0ll

ll_31 n

Description

Enables or disables Cisco's NSE fax / modem
automatic pass-through mode.

{@}0 = Disable{@}1 = Enable

Mib name: acFMNSEMode

INI Name: NSEMODE

Profile name: Digital VoP Media Profile

Enables or disables inband network detection
related to fax/modem.

{@}0 = Disable{@}1 = Enable

Mib name:
acFMCommonEnablelnbandNetworkDetection
INI Name:
ENABLEFAXMODEMINBANDNETWORKDETE
CTION

Profile name: Digital VoP Media Profile

Users can use this parameter to modify the Fax
Bypass Mode RTP packet's payload type.

In the case of congestion (if the selected
payload type is already used for other
coders/modes), then a
TP_SETUP_PARAMETER_INVALID_ERRORis
issued and the payload type is set to the default
value (102). {@]}lt is the user's responsibility to
avoid congestion with other payload
types.{@}{@}Range = 0 to 127

Mib name: acFaxBypassPayloadType

INI Name: FAXBYPASSPAYLOADTYPE
Profile name: Digital VoP Media Profile

Users can use this parameter to modify the
Modem Bypass Mode RTP packet's payload
type.

In the case of congestion (if the selected
payload type is already used for other
coders/modes), then a
TP_SETUP_PARAMETER_INVALID_ERROR is
issued and the payload type is set to the default
value (103). {@}lt is the user's responsibility to
avoid congestion with other payload
types.{@}{@}Range = 0 to 127

Mib name: acModemBypassPayloadType

INI Name: MODEMBYPASSPAYLOADTYPE
Profile name: Digital VoP Media Profile

Defines the fax bypass output gain control.
Range: -31 dB to +31 dBin 1 dB
steps{@}Default = 0 = No Gain.

Mib name: acFMBypassFaxBypassOutputGain
INI Name: FAXBYPASSOUTPUTGAIN

Profile name: Digital VoP Media Profile
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Parameter Type Provisioning Default Description
Name Type Value
Modem Integer Online "-31" | Defines the modem bypass output gain control.
Bypass -31-31 Range: -31 dB to +31 dBin 1 dB
Output Gain steps{@}Default = 0 = No Gain
Mib name:

acFMBypassModemBypassOutputGain
INI Name: MODEMBYPASSOUTPUTGAIN
Profile name: Digital VoP Media Profile

2.22.6 Tab: FAX Settings

Frame: Media Provisioning, Tab: FAX Settings

Parameter Type Provisioning Type Default Description
Name Value

Transport Enum: Online "0" Sets the Fax
Mode Disable(0), over IP transport
RelayEnable(1),ByPassEnabl method.

e(2),EventsOnly(3) {@}0 =
Transparent{@}
1 = Relay{@}2 =
Bypass{@}3 =
Transparent with
Events
Mib name:
acFaxTransport
Mode
INI Name:
FAXTRANSPO
RTMODE
Profile name:
Digital VoP
Media Profile

Relay ECM Enum: Online "0" Enables or
Enable Disable(0), Enable(1) disables the

using of ECM
mode during
Fax Relay.
@}0 =
Disable{@}1 =
Enable
Mib name:
acFaxRelayEC
MEnable
INI Name:
FAXRELAYECM
ENABLE
Profile name:
Digital VoP
Media Profile
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Parameter
Name

Relay Max
Rate

Type

Enum:
acRate2400bps(0),
acRate4800bps(1),acRate720
Obps(2),acRate9600bps(3),ac
Rate12000bps(4),acRate144
00bps(5),acRate16800bps(6),
acRate19200b(7),acRate216
00bps(8),acRate24000bps(9),
acRate26400bps(10),acRate2
8800bps(11),acRate31200bp
s(12),acRate33600bps(13)

Provisioning Type

Online

Default
Value

ll0ll

Description

Limits the
maximum rate at
which fax
messages are
transmitted.
{@3}0 = 2400
bps{@}1 = 4800
bps{@}2 = 7200
bps{@}3 = 9600
bps{@}4 =
12000 bps{@}5
= 14400
bps{@}6 =
16800 bps{@}7
=19200
bps{@}8 =
21600 bps{@}9
= 24000
bps{@}10 =
26400 bps{@}11
= 28800
bps{@}12 =
31200 bps{@}13
= 33600 bps
Mib name:
acFaxRelayMax
Rate

INI Name:
FAXRELAYMAX
RATE

Profile name:
Digital VoP
Media Profile
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Parameter Type
Name

Relay Integer
Redundancy 0-2
Depth

Enhanced Integer
Relay 0-4
Redundancy
Depth

Provisioning Type

Online

Online

Default
Value

ll0ll

ll0ll

Description

Determines the
depth of
redundancy for
fax packets.
This parameter
is applicable
only to non-V.21
packets.
{@}0=No
redundancy{@}1
= 1 packet
redundancy{@}2
= 2 packet
redundancy

Mib name:
acFaxRelayRed
undancyDepth
INI Name:
FAXRELAYRED
UNDANCYDEP
TH

Profile name:
Digital VoP
Media Profile

Determines the
number of
repetitions to be
applied to
control packets
when using the
T.38 standard.
{@}0=No
redundancy{@}1
= 1 packet
redundancy{@}2
= 2 packet
redundancy{@}3
= 3 packet
redundancy{@}4
= Maximum
redundancy

Mib name:
acFaxEnhanced
RelayRedundan
cyDepth

INI Name:
FAXRELAYENH
ANCEDREDUN
DANCYDEPTH
Profile name:
Digital VoP
Media Profile
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Parameter Type
Name

CNG Enum:
Detector CNG-DETECTOR-MODE-
Mode DISABLE(0), CNG-
DETECTOR-MODE-
RELAY(1),CNG-DETECTOR-
MODE-EVENT-ONLY(2)

Relay Integer
Volume -18--3
(dBm)

T38 Version Enum:
T38Version0(0),
T38Version3(3)

Provisioning Type

Online

Online

Online

Default
Value

ll0ll

ll_1 8"

ll3ll

Description

Determines the
CNG Detector
mode.

0 = Disable
{@}1 = Relay
{@}2 = Event
Only

Mib name:
acFaxCNGDete
ctorMode

INI Name:
CNGDETECTO
RMODE

Profile name:
Digital VoP
Media Profile

Determines the
fax gain control.
{@}The range -
18 to -3 relates
to -18.5 dBm to -
3.5 dBm in steps
of 1 dBm.

Mib name:
acFMCommonR
elayVolume

INI Name:
FAXMODEMRE
LAYVOLUME
Profile name:
Digital VoP
Media Profile

T38 fax relay
version.
{@}0=T.38
version 0 (from
06/1998){@}3 =
T.38 version 3
(V.34 over T.38
support{@K@}
Default = 3

Mib name:
acFaxT38Versio
n

INI Name:
T38VERSION
Profile name:
Digital VoP
Media Profile
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Parameter Type Provisioning Type Defaul
Name Value

CED Enum: Instant "0"
Transfer UsingFaxRelayOrVBD(0),
Mode VoiceModeOrVBD(1),RFC47
33BlockingRTPVBD(2),RFC4
733AlongWithRTPVBD(3)

2.22.7 Tab: Modem Settings

Frame: Media Provisioning, Tab: Modem Settings

Parameter Type Provisioning Default
Name Type Value
V21 Transport Enum: Online "0"
Disable(0),
RelayEnable(1),ByPassEnable(2),E
ventsOnly(3)

t Description

0 - transfer CED
using T38.

1 - transfer CED
over VBD(some
Vxx=2) or
VoIP(Vxx=0).{@
}2 - transfer
CED using RFC,
and block CED
over
VBD/VolP.{@}3
- transfer CED
using RFC in
parallel with
CED over
VBD/VolP

Mib name:
acFMCommonC
EDTransferMod
e

INI Name:
CEDTRANSFE
RMODE

Profile name:
Digital VoP
Media Profile

Description

Sets the V.21
modem transport
method (must be
set to 0 = Disable).
{@}0=
Transparent{@}2 =
Bypass{@)}3 =
Transparent with
Events

Mib name:
acModemV21Trans
port

INI Name:
V21MODEMTRAN
SPORTTYPE
Profile name:
Digital VoP Media
Profile
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Parameter Type Provisioning
Name Type
V22 Transport Enum: Online
Disable(0),
RelayEnable(1),ByPassEnable(2),E
ventsOnly(3)
V23 Transport Enum: Online
Disable(0),
RelayEnable(1),ByPassEnable(2),E
ventsOnly(3)
V32 Transport Enum: Online
Disable(0),

RelayEnable(1),ByPassEnable(2),E
ventsOnly(3),AnsMute(4)

Default
Value

ll0ll

ll0ll

ll0ll

Description

Sets the V.22
modem transport
method.

{@}0 =
Transparent{@}2 =
Bypass{@)}3 =
Transparent with
Events

Mib name:
acModemV22Trans
port

INI Name:
V22MODEMTRAN
SPORTTYPE
Profile name:
Digital VoP Media
Profile

Sets the V.23
modem transport
method.

0=
Transparent{@}2 =
Bypass{@)}3 =
Transparent with
Events

Mib name:
acModemV23Trans
port

INI Name:
V23MODEMTRAN
SPORTTYPE
Profile name:
Digital VoP Media
Profile

Sets the V.32
modem transport
method.

{@}0 =
Transparent{@}2 =
Bypass{@)}3 =
Transparent with
Events{@}4 =
AnsMute

Mib name:
acModemV32Trans
port

INI Name:
V32MODEMTRAN
SPORTTYPE
Profile name:
Digital VoP Media
Profile
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Parameter Type Provisioning
Name Type
Bell Transport Enum: Online
Type Disable(0),
ByPassEnable(2),EventsOnly(3)
V34 Transport Enum: Online
Disable(0),
RelayEnable(1),ByPassEnable(2),E
ventsOnly(3),AnsMute(4)
V150.1
Allocation Integer Offline
Profile 0-20

Default
Value

ll0ll

ll0ll

ll0ll

Description

Use this parameter
to set the Bell
modem transport
method.

0 = Transparent
{@}2 = Bypass
(enum
ByPassEnable){@}
3 = Transparent
with Events (enum
EventsOnly)

Mib name:
acModemBellTrans
portType

INI Name:
BELLMODEMTRA
NSPORTTYPE
Profile name:
Digital VoP Media
Profile

Sets the V.34
modem transport
method.

{@}0 =
Transparent{@}2 =
Bypass {@}3 =
Transparent with
Events{@}4 =
AnsMute

Mib name:
acFMCommonV34
Transport

INI Name:
V34MODEMTRAN
SPORTTYPE
Profile name:
Digital VoP Media
Profile

Selects the V.150.1
profile, determining
how many DSP
channels have
V.150.1 support.
{@}Range =010 3
Mib name:
acV150dot1Allocati
onProfile

INI Name:
V1501ALLOCATIO
NPROFILE

Profile name:
Digital VoP Media
Profile
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Parameter
Name

SSE Payload
Type Rx

SSE
Redundancy
Depth

Type Provisioning
Type

Integer Online
96-127

Integer Online
1-6

Default
Value

ll1 05"

ll3ll

Description

SSE payload type
RX

Mib name:
acV150dot1SSEPa
yloadTypeRx

INI Name:
V1501SSEPAYLO
ADTYPERX
Profile name:
Digital VoP Media
Profile

SSE is a part of
V150.1 modem
relay protocol and
SSE messages are
sent over RTP.
SSE redundancy
refers to the
sending of SSE
messages several
times to increase
reliability. This
parameter
determines the
number of times
each SSE message
is to be resent.

Mib name:
acV150dot1SSERe
dundancyDepth

INI Name:
V1501SSEREDUN
DANCYDEPTH
Profile name:
Digital VoP Media
Profile
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2.22.8 Tab: In-Band-Signaling

Frame: Media Provisioning, Tab: In-Band-Signaling

Parameter Type
Name
DTMF Integer
Volume -31-0
(dBm)
DTMF Enum:
Transport acMuteDTMF(0),

Type acTransparentDTMF(2),acRFC2833R
elayDTMF(3),acRFC2833RelayDecod

erMute(7)
CAS Relay Enum:
Transport CASEventsOnly(0),
Mode CASRFC2833Relay(1)

Type

Online

Online

Online

Provisioning Default
Value

ll_31 n

ll0ll

ll0ll

Description

Defines and controls the
DTMF generation
volume [-dBm].
{@}Range =-31100
Mib name:
aclIBSDTMFVolume

INI Name:
DTMFVOLUME

Profile name: Digital
VoP Media Profile

Defines the type of
DTMF transport.

{@}0 = Erase DTMFs
from voice transport not
relayed to remote{@}2 =
DTMFs not erased are
not relayed to
remote{@}3 = DTMFs
are muted from the
voice stream and
relayed according to
RFC 2833{@}7 =
DTMFs are sent
according to RFC 2833
and muted when
received

Mib name:
ac|IBSDTMFTransportTy
pe

INI Name:
DTMFTRANSPORTTYP
E

Profile name: Digital
VoP Media Profile

Controls the ABCD
signaling transport type
over IP.

{@}0 = No Relay over
the network{@}1 =
Enable CAS relay
according to RFC 2833
Mib name:
ac|IBSCASRelayTranspo
rtMode

INI Name:
CASTRANSPORTTYPE
Profile name: Digital
VoP Media Profile
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Parameter
Name

Rx DTMF
Relay Hang
Over Time

(msec)

Tx DTMF
Relay Hang
Over Time

(msec)

Type Provisioning Default

Type

Integer Online
0-2000

Integer Online
0-2000

Value

ll0ll

ll0ll

Description

Used to configure the
Voice Silence time (in
ms units) after playing
DTMF or MF digits to
the TDM side that
arrived as Relay from
the Network side.
{@}Range from 0 to
2000, Default 1000.
Mib name:
aclBSRxDtmfHangOver
Time

INI Name:
RXDTMFHANGOVERTI
ME

Profile name: Digital
VoP Media Profile

Voice Silence time (in
ms units) after detecting
the end of DTMF or MF
digits at the TDM side
when the DTMF
Transport Type is either
Relay or Mute.This
feature allows the user
to configure the silence
time.

Mib name:
aclBSTxDtmfHangOver
Time

INI Name:
TXDTMFHANGOVERTI
ME

Profile name: Digital
VoP Media Profile

Version 6.8

127

June 2014



?E AudioCodes

Mediant 3000 with TP-8410

Parameter
Name

DTMF Twist
Control

Detector

Trunk Testing
Tones
Detector

MF R1
Enable

Type Provisioning Default
Value

Type

Integer Offline
-10-10

Enum: Offline
Disables (0), Enables (1)

Enum: Online
Disable(0), Enable(1)

ll0ll

ll0ll

ll0ll

Description

Defines a delta (in dB)
between the high and
low frequency
component in the DTMF
signal. dB Positive
values cause the higher
frequency component to
be stronger than the
lower one. Negative
values cause the
opposite effect. For any
parameter value, both
components change so
that their average is
constant.

{@}Range =-10to 10
Mib name:
aclBSDTMFTwistControl
INI Name:
DTMFGENERATIONTW
IST

Profile name: Digital
VoP Media Profile

Enables or disables
trunk testing tones.

0 = Disables trunk
testing tones{@}1 =
Enables trunk testing
tones

Mib name:
aclBSTrunkTestingTone
sEnable

INI Name:
ENABLETRUNKTESTIN
GTONES

Profile name: Digital
VoP Media Profile

Enables or disables
detection of MFR1
signaling.

0 = Disable{@}1 =
Enable

Mib name:
aclBSDetectorsMFR1ENn
able

INI Name:
MFR1DETECTORENAB
LE

Profile name: Digital
VoP Media Profile
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Parameter
Name

MF R2
Forward
Enable

MF R2
Backward
Enable

R1 Line
Enable

DTMF Enable

Type

Enum:
Disable(0), Enable(1)

Enum:
Disable(0), Enable(1)

Enum:
Disable(0), Enable(1)

Enum:
Disable(0), Enable(1)

Type

Online

Online

Online

Online

Provisioning Default
Value

ll0ll

ll0ll

ll0ll

ll0ll

Description

Enables or disables
detection of MFR2
forward signaling.

0 = Disable{@}1 =
Enable

Mib name:
aclBSDetectorsMFR2Fo
rwardEnable

INI Name:
MFR2FORWARDDETE
CTORENABLE

Profile name: Digital
VoP Media Profile

Enables or disables
detection of MFR2
backward signaling

Mib name:
aclBSDetectorsMFR2Ba
ckwardEnable

INI Name:
MFR2BACKWARDDET
ECTORENABLE
Profile name: Digital
VoP Media Profile

Enables or disables
detection of Line
signaling.

0 = Disable{@}1 =
Enable

Mib name:
aclBSDetectorsR1LineE
nable

INI Name:
R1LINEDETECTOREN
ABLE

Profile name: Digital
VoP Media Profile

Enables or disables
detection of DTMF
signaling.

{@}0 = Disable{@}1 =
Enable

Mib name:
aclBSDetectorsDTMFEN
able

INI Name:
DTMFDETECTORENAB
LE

Profile name: Digital
VoP Media Profile
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Parameter Type Provisioning Default
Name Type Value

Description

Call Progress
Enable

User Defined
Tone Enable

Detection
Redirection

SIT Enable

Enum: Online "0"

Disable(0), Enable(1)

Enum: Online "0"

Disable(0), Enable(1)

Enum: Online "0"

pcm(0), network(1)

Enum: Offline "0"

Disable(0), Enable(1)

Enables or disables
detection of Call
Progress Tones.

{@}0 = Disable{@}1 =
Enable

Mib name:
aclBSDetectorsCallProg
ressEnable

INI Name:
CALLPROGRESSDETE
CTORENABLE

Profile name: Digital
VoP Media Profile

Enables or disables
detection of User
Defined Tones signaling.
{@}0 = Disable{@}1 =
Enable

Mib name:
aclBSDetectorsUserDefi
nedToneEnable

INI Name:
USERDEFINEDTONED
ETECTORENABLE
Profile name: Digital
VoP Media Profile

Determines the IBS (In-
Band Signaling)
Detection Direction.
{@}0=PCM{@}1 =
Network

Mib name:
aclBSDetectorsDetectio
nRedirection

INI Name:
IBSDETECTIONREDIR
ECTION

Profile name: Digital
VoP Media Profile

Enables or disables SIT
(Special Information
Tone) detection
according to the ITU-T
recommendation
E.180/Q.35.

{@}0 = Disable{@}1 =
Enable

Mib name:
aclBSDetectorsSITEnab
le

INI Name:
SITDETECTORENABLE
Profile name: Digital
VoP Media Profile
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Parameter
Name

COT Enable

R1.5
Detection
Standard

UDT Detector
Frequency
Deviation

Type
Type
Enum: Offline
Disable(0), Enable(1)

Enum: Offline
MfR1DetectionStandardltu (0),
MfR1DetectionStandardR15 (1)

Integer Offline

1-50

Provisioning Default

Value

ll0ll

ll0ll

ll50ll

Description

Enables or disables
Continuity Test tone
detection and generation
according to the ITU-T
Q.724 recommendation.
{@}0 = Disable{@}1 =
Enable

Mib name:
aclBSDetectorsCOTEna
ble

INI Name:
ENABLECONTINUITYT
ONES

Profile name: Digital
VoP Media Profile

This parameter
determines which one of
the R1 MF protocol
flavors will be used for
detection.

{@}0 = ITU{@}1 =R1.5
Mib name:
aclBSDetectorsR1Detec
tionStandard

INI Name:
R1DETECTIONSTAND
ARD

Profile name: Digital
VoP Media Profile

Defines the deviation
allowed for the detection
of each signal
frequency. Units are in
Hertz.

Valid values range 1-
50.{@}Default value 50
Hz {@}

Mib name:
aclBSDetectorsUDTDet
ectorFrequencyDeviatio
n

INI Name:
UDTDETECTORFREQ
UENCYDEVIATION
Profile name: Digital
VoP Media Profile
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Parameter Type Provisioning Default Description
Name Type Value
CPT Detector Integer Offline "10" | Defines the deviation
Frequency 1-30 allowed for the detection
Deviation of each CPT signal

2.22.9 Tab: RTP Settings

frequency. Units are in
Hertz.

Valid values range 1-
30.{@}Default value 10
Hz {@}

Mib name:
aclBSDetectorsCPTDet
ectorFrequencyDeviatio
n

INI Name:
CPTDETECTORFREQU
ENCYDEVIATION
Profile name: Digital
VoP Media Profile

Frame: Media Provisioning, Tab: RTP Settings

Parameter
Name

Type

Base UDP
Port

Integer
1024-65535

NAT Mode Enum:
enable-nat-
option(0), disable-

nat(1),force-nat(2)

Provisioning Default
Type Value

Offline "4000"

Online "o"

Description

Defines the lower boundary of UDP ports
to be used by the board. The upper
boundary is calculated on the basis of
BoardBaseUDPPort + 10 * (Number of
Channels). This parameter value must be
a multiple of 10.

{@K@}

Mib name: acRtpBaseUDPPort

INI Name: BASEUDPPORT

Profile name: Digital VoP Media Profile

Determines the mode of NAT feature:

0 = NAT is only optionally.{@}1 = NAT is
disabled.{@}2 = NAT is for sure

Mib name: acMediaNetworkDisableNAT
INI Name: DISABLENAT

Profile name: Digital VoP Media Profile
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Parameter
Name

Comfort
Noise Enable

RFC2833 Tx
Payload Type

RFC2833 Rx
Payload Type

NTE Max
Duration

Redundancy
Payload Type

Redundancy
Depth

Type

Enum:
Disable(0),
Enable(1)

Integer
96-127

Integer
96-127

Integer
-1-200000000

Integer
96-127

Integer
0-5

Type

Online

Online

Online

Online

Online

Online

Provisioning Default
Value

ll0ll

ll96ll

ll96ll

ll_1 n

ll96ll

ll0ll

Description

When set to 1 (Enable), SID packets are
sent with the RTP SID type (RFC 3389).
0 = Disable{@}1 = Enable{@}Determines
whether Silence Indicator (SID) packets
that are sent and received are according
to RFC 3389. {@}0 = Disabled
(default).{@}1 = Enabled.{@}Note:
Applicable only to MP-11x and Mediant
1000.{@}

Mib name: acRtpComfortNoiseEnable

INI Name:
ENABLESTANDARDSIDPAYLOADTYPE
Profile name: Digital VoP Media Profile

Controls the RFC 2833 Tx Relay RTP
Payload type.

{@}Range = 96 to 127

Mib name: acRtpRFC2833TxPayloadType
INI Name: RFC2833TXPAYLOADTYPE
Profile name: Digital VoP Media Profile

Controls the RFC 2833 Rx Relay RTP
Payload type.

{@}Range = 96 to 127

Mib name:
acRtpRFC2833RxPayloadType

INI Name: RFC2833RXPAYLOADTYPE
Profile name: Digital VoP Media Profile

Maximal time for sending NTEs (Named
Telephony Events) to the network,
regardless of the time range when the
TDM signal is detected.

{@}-1= NTE will stop only upon detection
of End event (default).

Mib name: aclBSNTEMaxDuration

INI Name: NTEMAXDURATION

Profile name: Digital VoP Media Profile

This parameter sets the RFC 2198 (RTP
Redundancy) packet's parameter 'RTP
Payload Type'.

{@}Range: 96 to 127

Mib name:
acRtpRedundancyPayloadType

INI Name: RFC2198PAYLOADTYPE
Profile name: Digital VoP Media Profile

Redundancy depth of RFC 2198
redundancy packets.

{@}0 = Disabled{@}In Gen 3 boards:
range is 0-5{@}For other Gens 0-1

Mib name: acRtpRedundancyDepth
INI Name: RTPREDUNDANCYDEPTH
Profile name: Digital VoP Media Profile
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Parameter Type Provisioning Default Description
Name Type Value
Packetization Integer Online " Defines the number of DSP payloads for
Factor 1-12 generating one RTP packet.
Range = Hardware dependent
Mib name: acRtpPacketizationFactor
INI Name: RTPPACKINGFACTOR
Profile name: Digital VoP Media Profile
No Op Enable Enum: Online "0" Enables / disable Noop packets sending
Disable(0), mode.
Enable(1) {@]}0 = Disable{@}1 = Enable
Mib name: acRtpNoOpEnable
INI Name: NOOPENABLE
Profile name: Digital VoP Media Profile
No Op Integer Online "96" | User can modify the Noop packets RTP
Payload Type 96-127 Payload type by setting this parameter.
{@}Range = 96 to 127
Mib name: acRtpNoOpPayloadType
INI Name: RTPNOOPPAYLOADTYPE
Profile name: Digital VoP Media Profile
No Op Integer Online "20" | Used to modify the Noop packets sending
Interval 20-600000 interval
{@}Parameter value is in
milliseconds{@}Default value = 10 sec
(10000 msec){@}H{@}Range = 20 to
600000{@}(20 msec to 10 min - 10 min =
600000)
Mib name: acRtpNoOplnterval
INI Name: NOOPINTERVAL
Profile name: Digital VoP Media Profile
VBR Coder Enum: Online "0" 0 - payload only (no header, no toc, no m-
Header WithOut- factor)
Format  RFC2658Interleavi {@}1- support RFC 2658 format, 1 byte
ng-And-TOC(0), for interleaving header (always 0) and toc,
Including- no m-factor{@}{@}2 ? payload including
RFC2658Interleavi toc only, allow m-factor{@H@}3- RFC
ng-And- 3358 format{@)}
TOC(1),Including- Mib name: acRtpVBRCoderHeaderFormat
TOC- INI Name:
Only(2),Interleave- VBRCODERHEADERFORMAT
Bundling(3) Profile name: Digital VoP Media Profile
AMR Coder Enum: Online "0" AMR_CODER_HEADER DEFAULT_FO
Header CE-AMR- RMAT=0 - old m factor, each frame
Format DEFAULT- contains CRM byte and toc
FORMAT(0), CE- RFC_3267_BUNDLING=1 - single CRM
AMR-RFC-3267- byte followed by toc
BUNDLING(1),CE- tables{@}RFC_3267 INTERLEAVING=2
AMR-RFC-3267- - supported as receivers only
INTERLEAVING(2 Mib name:
),CE-AMR-IF2(3) acRtpAMRCoderHeaderFormat
INI Name:
AMRCODERHEADERFORMAT
Profile name: Digital VoP Media Profile
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Parameter Type Provisioning Default Description
Name Type Value
Broken Integer Online "3" Determines for how long the RTP
Connection 3-2684354 connection should be broken before the
Event Broken Connection event is issued. In
Timeout units of 100 msec.
Mib name:
acRtpRtcpBrokenConnectionEventTimeou
t
INI Name:
BROKENCONNECTIONEVENTTIMEOUT
Profile name: Digital VoP Media Profile
Broken Enum: Online "o" Determines if the broken connection
Connection AfterFirstincoming mechanism is activated when the RTP
Event RTPPacket(0), stream is activated or when the first RTP
Activation 'OnRTPStreamActi packet is received.

Mode vation(1) 0 = After First incoming packet
(default){@}1 = Upon channel?s RTP
activation. {@}

Mib name:
acRtpRtcpBrokenConnectionEventActivati
onMode
INI Name:
BROKENCONNECTIONEVENTACTIVATI
ONMODE
Profile name: Digital VoP Media Profile
Basic RTP Enum: Online "0" Selects the RTP packet rate for sample
Packet PACKET- based coders (such as G.711, G.726,
Interval INTERVAL- G.727). Also applicable for G.729, G.729E
DEFAULT(0), And G.728.
PACKET- 0 = Default (set internally@}1 =5
INTERVAL-5- msec{@}2 = 10 msec{@}3 = 20 msec
MSEC(1),PACKET Mib name:
-INTERVAL-10- acRtpRtcpBasicRTPPacketinterval
MSEC(2),PACKET INI Name: BASICRTPPACKETINTERVAL
-INTERVAL-20- Profile name: Digital VoP Media Profile
MSEC(3)
Connection Enum: Online "0" Determines the notification mode for the
Establish  AfterBrokenConne RTP connection establishment event
Notification ction(0), acEV_CONNECTION_ESTABLISHED.
Mode UponFirstRTPFra 0 = Notify only after a broken connection
meDetection(1) event{@}1 = Also notify when the first
RTP packet is received
Mib name:
acRtpRtcpConnectionEstablishNotification
Mode
INI Name:
CONNECTIONESTABLISHEMENTNOTIF
ICATIONMODE
Profile name: Digital VoP Media Profile
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Parameter Type Provisioning Default Description
Name Type Value

AMR FEC Enum: Online "o" Sets the AMR / WB-AMR Redundancy

Redundancy  CE-AMR-FEC- depth according to RFC 3267.
Depth REDUNDANCY- {@}0 = No Redundancy{@}1 =
LEVEL-NONE(0), Redundancy depth of a single packet{@}2
CE-AMR-FEC- = Redundancy depth of 2 packets{@}3 =

REDUNDANCY- Redundancy depth of 3 packets{@}
LEVEL-1(1),CE- Mib name:

AMR-FEC- acRtpAMRFECRedundancyDepth
REDUNDANCY- INI Name:
LEVEL-2(2),CE- AMRFECREDUNDANCYDEPTH

AMR-FEC- Profile name: Digital VoP Media Profile
REDUNDANCY-

LEVEL-3(3)

AMR FEC Integer Online "0" Sets the number of entries to be defined
Num Of Mngt 0-9 at the AMR management policy table.
Policy Entries Each entry defines the policy of a different

rate.

Mib name:

acRtpAMRFECNumOfMngtPolicyEntries

INI Name:

AMRFECNUMBEROFCODECMODES

Profile name: Digital VoP Media Profile

AMR FEC Integer Online "0" Defines the hysteresis of the Delay

Delay 0-255 Threshold for AMR Hand-out events (in

Hysteresis msec).

Mib name:
acRtpAMRFECDelayHysteresis
INI Name: AMRFECDELAYHYSTERESIS
Profile name: Digital VoP Media Profile
AMR FEC Integer Online "0" Defines the one-way delay value (in
Delay 0-255 msec) that may cause the AMR Hand Out
Threshold report.
{@}0 = 'Hand Out' report is disabled
(default).
Mib name: acRtpAMRFECDelayThreshold
INI Name:
AMRFECDELAYTHRESHHOLD
Profile name: Digital VoP Media Profile
AMR Octet Enum: Online " 0 = disable the AMR Octet Aligned mode.
Aligned disable(0), 1 = enable the AMR Octet Aligned mode.
Enable enable(1) Mib name: acRtpAMROctetAlignedEnable
INI Name: AMROCTETALIGNEDENABLE
Profile name: Digital VoP Media Profile
Enable FEC Enum: Online "0" Enables FEC (Forward Error Correction)
disable(0), support.
enable(1) Mib name: acRTPExtensionEnableFEC
INI Name: ENABLEFEC
Profile name: Not Profiled
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2.22.10 Tab: SRTP Settings

Frame: Media Provisioning, Tab: SRTP Settings

Parameter Type Provisioning Default Description
Name Type Value
Enable Media Enum: Offline "0" | Enables or disables Media Security protocol
Security Disable(0), (SRTP) . Enabling this parameter might reduce the
Enable(1) board channel capacity.

{@}0 = Disable{@}1 = Enable

Mib name: acVoiceEnableMediaSecurity
INI Name: ENABLEMEDIASECURITY
Profile name: Digital VoP Media Profile

Aria Protocol Enum: Offline "0" | Enables or disables Aria encryption protocol.
Support Disable(0), Enabling this parameter might reduce the board
Enable(1) channel capacity.

{@}0 = Disable{@}1 = Enable{@}Supported on
TP6310, TP8410 and M800

Mib name: acVoiceAriaProtocolSupport

INI Name: ARIAPROTOCOLSUPPORT

Profile name: Digital VoP Media Profile

RTP Enum: Online "0" | On a secured RTP session, determines whether to
Authentication inactive(0), enable Authentication on transmitted RTP packets.
Disable Tx active(1) {@}One of the following values: {@X@}0 =
Enable{@}1 = Disable
Mib name:

acSysMediaEncriptionRTPAuthenticationDisableTx
INI Name: RTPAUTHENTICATIONDISABLETX
Profile name: Digital VoP Media Profile

RTP Enum: Online "0" | On a secured RTP session, determines whether to
Encryption | inactive(0), enable Encryption on transmitted RTP packets.
Disable Tx active(1) One of the following values:

{@}0 = Enable{@}1 = Disable
Mib name:

acSysMediaEncriptionRTPEncryptionDisable Tx
INI Name: RTPENCRYPTIONDISABLETX
Profile name: Digital VoP Media Profile

RTCP Enum: Online "0" | On a secured RTP session, determines whether to
Encryption | inactive(0), enable Encryption on transmitted RTCP packets.
Disable Tx active(1) One of the following values:

{@}0 = Enable{@}1 = Disable
Mib name:

acSysMediaEncriptionRTCPEnNcryptionDisableTx
INI Name: RTCPENCRYPTIONDISABLETX
Profile name: Digital VoP Media Profile

Packet MKI Integer Online "0" | Determines the size of the parameter Master Key
Size 0-4 Identifier (MKI) in SRTP Tx packets.
{@}One of the following values: {@}{@}0 = MKI
Disabled{@}1 - 4 = size (bytes of MKI)
Mib name: acSysSRTPPacketMKISize
INI Name: SRTPTXPACKETMKISIZE
Profile name: Digital VoP Media Profile
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2.22.11 Tab: RTCP Settings

Frame: Media Provisioning, Tab: RTCP Settings

Parameter
Name

Type

Disable Integer
Interval 0-1
Randomizati
on

RTCP XR

RTCP XR
Enable

Enum:
Disable(0),
Enable(1),EnableOnlyCal
culation(2)

Burst
Threshold

Integer
-1-12

Delay
Threshold

Integer
-1-12

Provisioning
Type

Online

Offline

Online

Online

Default
Value

ll0ll

llOll

ll_1 n

ll_1 n

Description

Controls whether RTCP report
intervals are randomized or
whether each report interval
accords exactly to the parameter
defining RTCP Mean Tx Interval
(in milliseconds).

0 = Randomize{@}1 = Don?t
Randomize

Mib name:
acRtcpDisablelntervalRandomiz
ation

INI Name:
DISABLERTCPRANDOMIZE
Profile name: Digital VoP Media
Profile

Sets voice quality monitoring
(RTCP-XR) mode.

{@}0 = Disable{@}1 = Enable
al{@}2 = Enable Only
Calculation

Mib name: acRtcpXrEnable

INI Name: VQMONENABLE
Profile name: Digital VoP Media
Profile

voice quality monitoring -
excessive burst alert threshold.
if set to -1, no alerts will be
issued.

Mib name:
acRtcpXrBurstThreshold

INI Name: VQMONBURSTHR
Profile name: Digital VoP Media
Profile

voice quality monitoring -
excessive delay alert threshold.
if set to -1, no alerts will be
issued.

Mib name:
acRtcpXrDelayThreshold

INI Name: VQMONDELAYTHR
Profile name: Digital VoP Media
Profile
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Parameter
Name

End of Call
Rval Delay
Threshold

GMin

Type Provisioning
Type
Integer Online
-1-12
Integer Online
0-255

2.22.12 Tab: Misc. Settings

Parameter
Name

TTY

Default Description
Value
1" voice quality monitoring - end of
call low quality alert threshold. if
set to -1, no alerts will be issued.
Mib name:
acRtcpXrEndOofCallRvalDelay T
hreshold
INI Name:
VQMONEOCRVALTHR
Profile name: Digital VoP Media
Profile
"0" voice quality monitoring -
minimum gap size (number of
frames)

Mib name: acRtcpXrGMin

INI Name: VQMONGMIN
Profile name: Digital VoP Media
Profile

Frame: Media Provisioning, Tab: Misc. Settings

Type Provisioning Default
Type Value
Enum: Online "0"

Transport |Disable(0), Inband-

Type

Enable Media

UDP
Checksum

Relay(2),Bypass
(1)

Enum: Offline "0"
Disable(0),
Enable(1)

Description

Defines the transferring method of TTY
signals during a call

{@}0 = Disable{@}1= Bypass{@}2 =
Relay{@}

Mib name: acVoiceTTYTransportType
INI Name: TTYTRANSPORTTYPE
Profile name: Digital VoP Media Profile

Determines whether to enable the UDP
checksum calculation for RTP media TX
over IPv4. One of the following possible
values:

{@}0 = Disable (No checksum: UDP
checksum for IPv4 TX = 0){@}1 = Enable
(UDP checksum will be in the UDP header
upon IPv4 TX{@}

Mib name:
acRtpRtcpEnableMediaUDPChecksum
INI Name:
ENABLEMEDIAUDPCHECKSUM

Profile name: Digital VoP Media Profile
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2.23 Frame: Media Realm

2.23.1 Tab: Media Realm

Parameter
Name

Name

IPv4 Interface

IPv6 Interface

Port Range
Start

Media
Session Leg

Port Range
End

Frame: Media Realm, Tab: Media Realm

Type

String
Up to 38 chars.

rowPointer

rowPointer

Integer
-1-60000

Integer
-1-6000

Integer
-1-60000

Provisioning Default

Type

Instant

Instant

Instant

Instant

Instant

Read-Only

Value

ll_1 n

ll_1 n

ll_1 n

Description

A string representing the name of the media
realm.

Mib name: acCPMediaRealmName

INI Name:
CPMEDIAREALM_MEDIAREALMNAME
Profile name: Not Profiled

Select the OID of the IPv4 interface name
corresponding to the one appearing in the
interface table.

The OID should be
1.3.6.1.4.1.5003.9.10.10.1.3.1.30.22.1.11.
acSyslnterfacelndex{@}Note: when ignore
a default value will be SET: 0.0

Mib name: acCPMediaRealmIPv4lf

INI Name: CPMEDIAREALM _IPV4IF
Profile name: Not Profiled

Select the OID of the IPv6interface name
corresponding to the one appearing in the
interface table.

The OID should be
1.3.6.1.4.1.5003.9.10.10.1.3.1.30.22.1.11.
acSyslnterfacelndex{@}Note: when ignore
a default value will be SET: 0.0

Mib name: acCPMediaRealmIPv6If

INI Name: CPMEDIAREALM _IPV6IF
Profile name: Not Profiled

The starting port for the range of media
ports.

Mib name:
acCPMediaRealmPortRangeStart

INI Name:
CPMEDIAREALM_PORTRANGESTART
Profile name: Not Profiled

The number of media sessions associated
with the range of ports.

Mib name:
acCPMediaRealmMediaSessionLeg

INI Name:
CPMEDIAREALM_MEDIASESSIONLEG
Profile name: Not Profiled

The ending port for the range of media
ports.

Mib name: acCPMediaRealmPortRangeEnd
INI Name:
CPMEDIAREALM_PORTRANGEEND
Profile name: Not Profiled
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Parameter
Name

Is Default
Realm

QOE Profile
Name

BW Profile
Name

Type Provisioning Default
Type Value
Enum: Instant "0"

false(0), true(1)

rowPointer Instant

rowPointer Instant

Description

Determines whether this is the default
media realm or not.

Mib name: acCPMediaRealmIsDefault

INI Name: CPMEDIAREALM _ISDEFAULT
Profile name: Not Profiled

A string representing the name of the media
realm

Mib name:
acCPMediaRealmQOEProfileName

INI Name:
CPMEDIAREALM_QOEPROFILE

Profile name: Not Profiled

BW profile

Mib name:
acCPMediaRealmBWProfileName

INI Name: CPMEDIAREALM_BWPROFILE
Profile name: Not Profiled
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2.24 Frame: Media Realms Frame Extension

2.24.1 Tab: Media Realms Extension

Parameter
Name

| Pv4 If

| Pv6 If

Port Range
Start

Port Range
End

Media
Session
Leg

Frame: Media Realms Frame Extention, Tab: Media Realms Extension

Type
Type

rowPointer Instant

rowPointer Instant

Integer Instant

-1-60000

Integer Read-Only

-1-60000

Integer Instant

-1-6000

Provisioning Default
Value

ll_1 n

ll_1 n

ll_1 n

Description

Select the OID of the IPv4 interface name
corresponding to the one appearing in the
interface table.

The OID should be
1.3.6.1.4.1.5003.9.10.10.1.3.1.30.22.1.11.
acSyslinterfacelndex{@}Note: when ignore a
default value will be SET: 0.0

Mib name: acCPMediaRealmExtensionIPv4lf
INI Name: MEDIAREALMEXTENSION_IPV4IF
Profile name: Not Profiled

Select the OID of the IPv6interface name
corresponding to the one appearing in the
interface table.

The OID should be
1.3.6.1.4.1.5003.9.10.10.1.3.1.30.22.1.11.
acSyslinterfacelndex{@}Note: when ignore a
default value will be SET: 0.0

Mib name: acCPMediaRealmExtensionIPv6If
INI Name: MEDIAREALMEXTENSION_IPV6IF
Profile name: Not Profiled

The starting port for the range of media ports.

Mib name:
acCPMediaRealmExtensionPortRangeStart

INI Name:
MEDIAREALMEXTENSION_PORTRANGESTART
Profile name: Not Profiled

The ending port for the range of media ports.
Mib name:
acCPMediaRealmExtensionPortRangeEnd

INI Name:
MEDIAREALMEXTENSION_PORTRANGEEND
Profile name: Not Profiled

The number of media sessions associated with the
range of ports.

Mib name:
acCPMediaRealmExtensionMediaSessionLeg

INI Name:

MEDIAREALMEXTENSION MEDIASESSIONLEG
Profile name: Not Profiled
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2.25 Frame: Network Parameters Provisioning

2.25.1 Tab: General Settings

Frame: Network Parameters Provisioning, Tab: General Settings

Parameter Type Provisioning Default Description
Name Type Value
Send and Enum: Online "0" | Disable ICMP Redirect messages. When set to
Receive Disable(0), 0 ICMP Redirect messages are not ignored.
ICMP Enable(1) Mib name:
Redirect acSysNetworkSettingsDisable| CMPRedirects
Messages INI Name: DISABLEICMPREDIRECTS
Profile name: Not Profiled
Send ICMP Enum: Online "0" | Disable sending of ICMP unreachable
Unreachable  Disable(0), messages.
Messages Enable(1) Mib name:

acSysNetworkSettingsDisablel CMPUnreachable
INI Name: DISABLEICMPUNREACHABLE
Profile name: Not Profiled

2.25.2 Tab: IP Interface Parameters

Frame: Network Parameters Provisioning, Tab: IP Interface Parameters

Parameter Type Provisioning Default Description
Name Type Value
VLAN Mode Enum: Offline "0" | Sets the VLAN functionality.
Disable(0), {@}0 = Disable {@}1 = Enable
Enable(1) Mib name: acSysVLANMode

INI Name: VLANMODE
Profile name: Digital Network Profile

Native VLAN Integer Online "1" | Sets the native VLAN identifier.
ID 1-4094 Mib name: acSysVLANVIanNativeVianld
INI Name: VLANNATIVEVLANID
Profile name: Digital Network Profile

Enable Enum: Offline "0"  Enables Network Physical Separation. Allows
Network disable(0), the user to have separate port for each
Separation enable(1) Network. Requires suitable hardware.
{@}0 = Disabled {@}1 = Enabled
Mib name:
acMultiplelPEnableNetwotkSeparation
INI Name:
ENABLENETWORKPHYSICALSEPARATION
Profile name: Not Profiled
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2.25.3 Tab: QoS Settings

Frame: Network Parameters Provisioning, Tab: QoS Settings

Parameter Type ProvisioningDefault Description
Name Type Value
Differentiated
Services
Network Integer Online "48" | This parameter is used to set the DiffServ for Network
Service 0-63 service class content.
Class Diff {@}Range = 0 to 63{@}Default = 48

Serv Mib name: acSysVLANNetworkServiceClassDiffServ
INI Name: NETWORKSERVICECLASSDIFFSERV
Profile name: Digital Network Profile

Premium Integer Online "46"  This parameter is used to set the DiffServ for Premium
Service 0-63 service class content and media traffic.
Class Media {@}Range = 0 to 63
Diff Serv Mib name:
acSysVLANPremiumServiceClassMediaDiffServ
INI Name:
PREMIUMSERVICECLASSMEDIADIFFSERV
Profile name: Digital Network Profile
Premium Integer Online "40"  Sets the DiffServ for the Premium service class content
Service 0-63 and control traffic.
Class {@}Range: 0 to 63
Control Diff Mib name:

Serv acSysVLANPremiumServiceClassControlDiffServ
INI Name:
PREMIUMSERVICECLASSCONTROLDIFFSERV
Profile name: Digital Network Profile

Gold Service Integer Online "26" | Sets the DiffServ for the Gold service class content.
Class Diff 0-63 {@}Range = 0 to 63{@}Default = 26

Serv Mib name: acSysVLANGoldServiceClassDiffServ
INI Name: GOLDSERVICECLASSDIFFSERV
Profile name: Digital Network Profile

Bronze Integer Online "10" | Sets the DiffServ for the Bronze service class content.
Service 0-63 {@}Range = 0 to 63{@}Default = 10
Class Diff Mib name: acSysVLANBronzeServiceClassDiffServ
Serv INI Name: BRONZESERVICECLASSDIFFSERV
Profile name: Digital Network Profile
DSCP to
QoS
Mapping
Network Integer Online "7" | This parameter is used to set the priority for Network
Service 0-7 service class content.

Class Priority

{@}Range = 0 to 7{@}Default = 7

Mib name: acSysVLANNetworkServiceClassPriority
INI Name:
VLANNETWORKSERVICECLASSPRIORITY
Profile name: Digital Network Profile
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Parameter Type ProvisioningDefault Description
Name Type Value
Premium Integer Online "6" | Sets the priority for the Premium service class content
Service 0-7 and media traffic.
Class Media Range = 0 to 7{@}Default = 6
Priority Mib name:
acSysVLANPremiumServiceClassMediaPriority
INI Name:
VLANPREMIUMSERVICECLASSMEDIAPRIORITY
Profile name: Digital Network Profile
Gold Service| Integer Online "4" | Sets the priority for the Gold service class content.
Class Priority. ~ 0-7 {@}Range = 0 to 7{@}Default = 4
Mib name: acSysVLANGoldServiceClassPriority
INI Name: VLANGOLDSERVICECLASSPRIORITY
Profile name: Digital Network Profile
Bronze Integer Online "2" | Sets the priority for the Bronze service class content.
Service 0-7 {@}Range = 0 to 7{@}Default = 2
Class Priority Mib name: acSysVLANBronzeServiceClassPriority
INI Name: VLANBRONZESERVICECLASSPRIORITY
Profile name: Digital Network Profile
Premium Integer Online "6" | Sets the priority for the Premium service class content
Service 0-7 and control traffic.
Class {@}Range = 0 to 7{@}Default = 6
Control Mib name:
Priority acSysVLANPremiumServiceClassControlPriority
INI Name:
VLANPREMIUMSERVICECLASSCONTROLPRIORITY
Profile name: Digital Network Profile
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2.25.4 Tab: SCTP

Parameter
Name

Heart Beat
Interval

T4 SACK
Timer

Check Sum
Method

Host Name

SCTP
Associations
Num

Frame: Network Parameters Provisioning, Tab: SCTP

Type
Integer

0-3600

Integer
1-5

Enum:
Adler(0), Crc(1)

String
Up to 255 chars.

Integer
1-8

Provisioning Default

Type
Offline

Offline

Offline

Offline

Offline

Value

ll30ll

ll3ll

ll0ll

"NULL"

ll3ll

Description

Defines the SCTP heartbeat interval.
{@}Range: 1 to 3600

Mib name: acSysSCTPHeartBeatInterval
INI Name: SCTPHBINTERVAL

Profile name: Digital Network Profile

Defines the SCTP T4 SACK timer interval.
{@}Range: 1to 5

Mib name: acSysSCTPT4SACKTimer

INI Name: SCTPT4SACKTIMER

Profile name: Digital Network Profile

Stream Control Transmission Protocol
(SCTP) uses a checksum mechanism in
order to authenticate packets on both sides
(the receiving side and the transmitting
side).

{@}Presently, two checksum mechanisms
are available: {@H{@}0 = adler32 checksum
mechanism{@}1 = crc32c checksum
mechanism (improved mechanism)

Mib name: acSysSCTPCheckSumMethod
INI Name: SCTPCHECKSUMMETHOD
Profile name: Digital Network Profile

When this parameter is set to any value
other than an empty string, SCTP (Stream
Control Transmission Protocol) uses the
value as the value of the FQDN (Fully
Qualified Domain Name) parameter
attached to the INIT chunk. In this case, the
FQDN parameter replaces any IP address
parameters in the INIT chunk.

{@]}This feature enables overcoming NAT
problems where the original IP addresses
belonging to the endpoint supports are
converted into pseudo addresses. When
this parameter is not set (default), the INIT
chunk is sent without any FQDN
parameter.{@}{@}Range = String[42]

Mib name: acSysSCTPHostName

INI Name: SCTPHOSTNAME

Profile name: Digital Network Profile

Defines the maximum number of Stream
Control Transmission Protocol (SCTP)
associations that can be opened.
{@}Range: 1t0 8

Mib name: acSysSCTPAssociationsNum
INI Name: SCTPASSOCIATIONSNUM
Profile name: Digital Network Profile
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2.25.5 Tab: Ethernet Ports

Parameter
Name

Index

Frame: Network Parameters Provisioning, Tab: Ethernet Ports

Type Provisioning Type Default = Description
Value
Integer NA " The row's
1-12 index.
On 8410

Systems:{@}In
dex 1 ? related
to GBE port
no.1 in the
TER
(Media).{@}Ind
ex 2 ? related
to GBE port
no.2 in the
TER
(Media).{@}Ind
ex 3 ? related
to port 1Ain
PEM #1
(Control).{@}
Index 4 ?
related to port
1B in PEM #2
(Control).{@}In
dex 5 ? related
to port 2Ain
PEM #1
(OAM).{@}Ind
ex 6 ? related
to port 2B in
PEM #2
(OAM). {@}On
MSBR
only:{@}1-12
LAN
interfaces.

Mib name:
acSysEthernet
Statusindex
Profile name:

Not Profiled
Ethernet Port
Configuration
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Parameter
Name

Type

Enum:
HalfDuplex(0),
FullDuplex(1),ForceModeValue(2
),NotAvailable(3)

Port Duplex
Mode

Enum:
HalfDuplex10BaseT(0),
FullDuplex10BaseT(1),HalfDuple
x100BaseT(2),FullDuplex100Bas
eT(3),AutoNegotiate(4),FullDuple
x1000BaseT(7)

Physical
Configuration

Provisioning Type

Read-Only

Offline

Default
Value

ll0ll

ll4ll

Description

full-duplex or
half-duplex
connection
Mib name:
acSysEthernet
StatusPortDupl
exMode
Profile name:
Not Profiled

Controls the
Ethernet
connection
mode type.
Auto-negotiate
falls back to
Half-Duplex
mode (HD)
when the
opposite port
is not in Auto-
negotiate
mode. The
speed (10
Base-T or 100
Base-TX) in
this mode is
always
configured
correctly.
{@}0=10
Base-T half-
duplex{@}1 =
10 Base-T full-
duplex{@}2 =
100 Base-TX
half-
duplex{@}3 =
100 Base-TX
full-
duplex{@}4 =
Auto-negotiate
Mib name:
acSysEthernet
PortPhyConfig
uration

INI Name:
ETHERNETP
HYCONFIGUR
ATION

Profile name:
Digital Network
Profile
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Parameter
Name

Port Speed

Active Port
Number

Type

Enum:

ForceModeValue(2),
NotAvailable(3),ac10Mbps(10),a
¢100Mbps(100),ac1000Mbps(10

00),ac10Gbps(10000)

Enum:

notActive(0), Active(1)

Provisioning Type Default = Description
Value

Read-Only "0" port speed
Mib name:
acSysEthernet
StatusPortSpe
ed
Profile name:
Not Profiled

Read-Only "o" Status of

ethernet port -
active or not
active.

Mib name:
acSysEthernet
StatusActiveP
ortNumber
Profile name:
Not Profiled

2.26 Frame: NFAS Settings Provisioning

2.26.1 Tab: NFAS Setting

Parameter
Name

Trunk Id

ISDN NFAS
Interface ID

Group
Number

Frame: NFAS Settings Provisioning, Tab: NFAS Setting

Type

Integer
0-83

Integer
0-255

Integer
0-12

Provisioning Default

Type
Read-Only

Online

Online

Value

ll0ll

ll0ll

ll0ll

Description

Trunk ID at board in which the call is taking
place

Mib name: acTrunkindex

Profile name: Not Profiled

Defines the Interface ID. Works with
NS_EXPLICIT_INTERFACE_ID. Refer to
the VoPLib documentation(ISDN Flexible
Behavior).

Default = (unsigned char)-1.{@}@}Range
=0to 255

Mib name: acTrunklSDNNfasInterfaceld
INI Name: ISDNNFASINTERFACEID
Profile name: Not Profiled

Relevant only for T1 ISDN NFAS trunks
indicates the group number of the NFAS
group. ;Valid NFAS group numbers are only
1 to 9, 0 indicating that this trunk is not
NFAS (in this case the
ISDNNFASInterfacelD and DchConfig
parameters are ignored).

Mib name: acTrunklISDNNfasGroupNumber
INI Name: NFASGROUPNUMBER

Profile name: Not Profiled
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Parameter
Name

D-channel

configuration acDCH-CONFIG-

Trunk Admin
State

Type

Enum:

PRIMARY(0),

acDCH-CONFIG-
BACKUP(1),acDCH-
CONFIG-NFAS(2)

Enum:
Locked(0),
UnLocked(1)

Provisioning Default

Type Value

Online

Online

ll0ll

ll0ll

Description

Defines D-channel configuration. This
setting is only applicable to ISDN PRI
protocols that support NFAS and/or D-
channel backup procedures.

{@}0 = D-channel is Primary{@}1 =
Backup{@}2 = NFAS

Mib name: acTrunklISDNNfasDchConfig
INI Name: DCHCONFIG

Profile name: Not Profiled

Trunk Administrative State
Mib name: acTrunkAdministrativeState
Profile name: Not Profiled

2.27 Frame: Quality of Experience

2.27.1 Tab: SEM Server

Parameter
Name

Server IP

Port

Interface
Name

Secondary
Server IP

Frame: Quality of Experience, Tab: SEM Server

Type

IPAddress

Integer
0-65534

String
Up to 64 chars.

IPAddress

Provisioning Default

Type

Online

Online

Online

Online

Value

ll5000|l

Description

in case VQM is at client configuration, this
parameter defines the server ip.

Mib name:
acCPQualityOfExperienceServerlp

INI Name: QOESERVERIP

Profile name: Digital Quality of Experience
Profile

Quality Of Experience Port

Mib name: acCPQualityOfExperiencePort
INI Name: QOEPORT

Profile name: Digital Quality of Experience
Profile

the interface to wait on in case of server
(default is the default control interface).
Mib name:
acCPQualityOfExperiencelnterfaceName
INI Name: QOEINTERFACENAME
Profile name: Digital Quality of Experience
Profile

in case VQM is at client configuration, this
parameter defines the secondary server ip.
Mib name:
acCPQualityOfExperienceSecondaryServerlp
INI Name: QOEREDUNDANTSERVERIP
Profile name: Not Profiled
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2.28 Frame: Quality Of Experience Profile Frame

2.28.1 Tab: General Settings

Frame: Quality Of Experience Profile Frame, Tab: General Settings

Paramet Type Provisioni Defa Description
er Name ng Type ult
Value
Name String Online " | QOE Profile Name
Up to 39 chars. Mib name:
acCPQOEProfileName
INI Name:

QOEPROFILE_NAME
Profile name: Not Profiled

Sensitivi Enum: Online | "2" | Audio tx throughput in bits
ty Level userDefined(0), per second to cross this
lowSensitivity(1),averageSensitivity(2),highS threshold
ensitivity(3) Mib name:
acCPQOEProfileSensitivityLe
vel
INI Name:
QOEPROFILE_SENSITIVIT
YLEVEL
Profile name: Not Profiled

2.29 Frame: Remote Media Subnet

2.29.1 Tab: Remote Media Subnet

Frame: Remote Media Subnet, Tab: Remote Media Subnet

Parameter Type Provisioning Default Description
Name Type Value
Remote String Online " A string representing the name of the media
Media Subnet| Up to 39 chars. subrealm.
Name Mib name: acCPMediaSubRealmName

INI Name: SUBREALM_SUBREALMNAME
Profile name: Not Profiled

Prefix Length Integer Online "16"  prefix length.
0-128 Mib name:
acCPMediaSubRealmPrefixLength
INI Name: SUBREALM_PREFIXLENGTH
Profile name: Not Profiled

Address Enum: Online "0" | address family.

Family ipv4(0), ipv6(1) Mib name:
acCPMediaSubRealmAddressFamily
INI Name: SUBREALM_ADDRESSFAMILY
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Dst IP String Online destination IP address.
Address Up to 45 chars. Mib name:

acCPMediaSubRealmDstIPAddress
INI Name: SUBREALM_DSTIPADDRESS
Profile name: Not Profiled

QoE Profile rowPointer Online " QOE threshold rules profile.
Mib name:
acCPMediaSubRealmQOEProfileName
INI Name:
SUBREALM_QOEPROFILENAME
Profile name: Not Profiled

BW Profile rowPointer Online " QOE BW rules profile.
Mib name:
acCPMediaSubRealmBWProfileName
INI Name: SUBREALM_BWPROFILENAME
Profile name: Not Profiled

2.30 Frame: Routing Provisioning

2.30.1 Tab: General Settings

Frame: Routing Provisioning, Tab: General Settings

Parameter Type Provisioning Default Description
Name Type Value
TELTo IP Enum: Instant "0" Defines order between routing incoming calls
Routing RouteBeforeMa from Tel side and performing manipulations
Mode p(0), Mib name:
RouteAfterMap manipulationAndRoutingModeTel2lp
(1) INI Name: ROUTEMODETELZ2IP
Profile name: Not Profiled
IP To TEL Enum: Instant "0" Defines order between routing incoming calls
Routing RouteBeforeMa from IP side and performing manipulations
Mode p(0), Mib name:
RouteAfterMap manipulationAndRoutingModelp2Tel
(1) INI Name: ROUTEMODEIP2TEL
Profile name: Not Profiled
Filter Calls Enum: Instant "0" When Gatekeeper/Proxy is enabled, do not
To IP No(0), Yes(1) start session if called number is not listed or
restricted in Tel to IP routing table
Mib name:

manipulationAndRoutingFilterCalls2Ip
INI Name: FILTERCALLS2IP
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Enable Enum: Instant "0" Enable Tel to IP Alternative Routing. Can be
Alternative | Disable(0), enabled for status only without affecting
Routing Enable(1), routing
statusOnly(2) Mib name:
manipulationAndRoutingAltRoutingTel2IpEna
ble
INI Name: ALTROUTINGTEL2IPENABLE
Profile name: Not Profiled
Alternative Enum: Instant "3" Methods used for Alternative Routing
Routing None(0), operation
Mode  Conn(1),Qos(2) Mib name:
,Both(3) manipulationAndRoutingAltRoutingTel2lpMo
de
INI Name: ALTROUTINGTEL2IPMODE
Profile name: Not Profiled
Alternative Integer Instant "0" Alternative Routing Tone Duration. O -
Routing 0-20000 disabled (milliseconds)
Tone Mib name:
Duration manipulationAndRoutingAltRoutingToneDura
[ms] tion
INI Name: ALTROUTINGTONEDURATION
Profile name: Not Profiled
QoS Integer Instant "5" in case of QOS problem, a call has this
Probability 0-100 probability (in percents) to continue, in order
to reevaluate the QOS.
Mib name:
manipulationAndRoutingAltRoutingTel2IpQos
AllowTheNCall
INI Name:
ALTROUTINGTEL2IPQOSALLOWPROB
Profile name: Not Profiled
Prefer Enum: Instant "0" Prefer Routing Table
Routing Disable(0), Mib name:
Table Enable(1) manipulationAndRoutingPreferRouteTable
INI Name: PREFERROUTETABLE
Profile name: Not Profiled
Alternative Enum: Instant "0" Tel to IP Alternative Routing Connectivity
Routing ping(0), Method.
Telephone = options(1) Mib name:
to Ip manipulationAndRoutingAltRoutingTel2lpCon
Connection nMethod
Method INI Name:
ALTROUTINGTEL2IPCONNMETHOD
Profile name: Not Profiled
Redundant Enum: Instant "0" Mode of redundant routing. 0 - Disabled, 1 -
Routing Disable(0), Use routing table, 2 - Use proxies list
Mode  RoutingTable(1 Mib name:
),Proxy(2) manipulationAndRoutingRedundantRoutingM
ode
INI Name: REDUNDANTROUTINGMODE
Profile name: Not Profiled
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Parameter Type Provisioning
Name Type
Alternative Integer Instant
Routing 5-2000000
Keep Alive
Time
IP To TEL Integer Instant
Tagging -1-7
Dest Dial
Plan Index
IP To TEL Integer Instant
Tagging -1-7
Source Dial
Plan Index

2.30.2 Tab: Tel-to-IP Routing

Default
Value

ll60ll

ll_1 n

ll_1 n

Description

Time interval between OPTIONS Keep-Alive
messages for IP connectivity (seconds)

Mib name:
manipulationAndRoutingAltRoutingTel2IpKee
pAliveTime

INI Name:
ALTROUTINGTEL2IPKEEPALIVETIME
Profile name: Not Profiled

IP to Tel Tagging Destination Dial Plan Index
Mib name:
manipulationAndRoutinglP2TelTaggingDestD
ialPlanIindex

INI Name:
IP2TELTAGGINGDESTDIALPLANINDEX
Profile name: Not Profiled

IP to Tel Tagging Source Dial Plan Index

Mib name:
manipulationAndRoutinglP2TelTaggingSourc
eDialPlanindex

INI Name:
IP2TELTAGGINGSOURCEDIALPLANINDEX
Profile name: Not Profiled

Frame: Routing Provisioning, Tab: Tel to IP Routing

Parameter Type
Name
Index Integer
0-179
Route Name String

Up to 20 chars.

Provisioning Default Description
Type Value

NA "0" Entry number,
starting at 0.
Mib name:
tel2IPRoutingIndex
INI Name:
PREFIX_INDEX
Profile name: Not
Profiled

Instant Route Name
Mib name:
tel2IPRoutingRoute
Name
INI Name:
PREFIX_ ROUTEN
AME
Profile name:
Digital SIP Tel To
IP Profile
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Parameter Type Provisioning
Name Type
Status Enum: Instant

Active(1),
NotInService(2),NotReady(3),CreateAnd
Go(4),CreateAndWait(5),Destroy(6)
Destination String Instant
Phone Up to 50 chars.
Prefix
Address String Instant
Up to 69 chars.
Source String Instant
Phone Up to 50 chars.
Prefix

Default
Value

ll3ll

Description

Row-Status Textual
Conventions as
defined in RFC
2579: Textual
Conventions for
SMIv2

Mib name:
tel2IPRoutingRowS
tatus

Profile name:
Digital SIP Tel To
IP Profile

Phone number
prefix.

up to 50
digits.{@}can be
used for defining
range of phone
numbers.

Mib name:
tel2IPRoutingPrefix
INI Name:
PREFIX_DESTINA
TIONPREFIX
Profile name:
Digital SIP Tel To
IP Profile

Address (IP or DNS
name)

Mib name:
tel2IPRoutingAddre
ss

INI Name:
PREFIX_DESTAD
DRESS

Profile name:
Digital SIP Tel To
IP Profile

Calling Phone
number prefix.

up to 50
digits.{@}can be
used for defining
range of phone
numbers.

Mib name:
tel2IPRoutingSrcPr
efix

INI Name:
PREFIX_SOURCE
PREFIX

Profile name:
Digital SIP Tel To
IP Profile
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Parameter
Name

Destination
Port

Source IP
Group ID

Destination
Host Prefix

Destination
IP Group ID

Source Host
Prefix

Type Provisioning
Type

Integer Instant

0-65534

Integer Instant

-1-31

String Instant
Up to 49 chars.

Integer Instant

-1-31

String Instant
Up to 49 chars.

Default
Value

ll0ll

ll_1 n

ll_1 n

Description

Destination port
Mib name:
tel2IPRoutingDestP
ort

INI Name:
PREFIX_DESTPO
RT

Profile name:
Digital SIP Tel To
IP Profile

Mib name:
tel2IPRoutingSourc
elPGrouplD

INI Name:
PREFIX_SRCIPGR
OUPID

Profile name:
Digital SIP Tel To
IP Profile

Mib name:
tel2IPRoutingDestH
ostPrefix

INI Name:

PREFIX _DESTHO
STPREFIX

Profile name:
Digital SIP Tel To
IP Profile

Mib name:
tel2IPRoutingDestl
PGrouplID

INI Name:
PREFIX_DESTIPG
ROUPID

Profile name:
Digital SIP Tel To
IP Profile

Mib name:
tel2IPRoutingSourc
eHostPrefix

INI Name:
PREFIX_SRCHOS
TPREFIX

Profile name:
Digital SIP Tel To
IP Profile
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Parameter Type Provisioning
Name Type
Transport Enum: Instant

Type notConfigured(-1), udp(0),tcp(1),tls(2)

Source Integer Instant
Trunk Group -1-99
ID

Profile ID Integer Instant
-1-9

Destination Integer Instant
SRD -1-31

Cost Group rowPointer Instant

Default
Value

ll_1 n

ll_1 n

ll_1 n

ll_1 n

ll_1 n

Description

Mib name:
tel2IPRoutingTrans
portType

INI Name:
PREFIX_TRANSP
ORTTYPE

Profile name:
Digital SIP Tel To
IP Profile

Mib name:
tel2IPRoutingSourc
eTrunkGrouplD

INI Name:
PREFIX_SRCTRU
NKGROUPID
Profile name:
Digital SIP Tel To
IP Profile

Profile ID

Mib name:
tel2IPRoutingProfile
ID

INI Name:
PREFIX_PROFILEI
D

Profile name:
Digital SIP Tel To
IP Profile

Mib name:
tel2IPRoutingDestS
RD

INI Name:
PREFIX_DESTSR
D

Profile name:
Digital SIP Tel To
IP Profile

A row pointer to the
costGroupName
Mib name:
tel2IPRoutingCostG
roupName

INI Name:
PREFIX_ COSTGR
OUP

Profile name:
Digital SIP Tel To
IP Profile
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2.30.3 Tab: IP to Trunk Group Routing

Frame: Routing Provisioning, Tab: IP to Trunk Group Routing

Parameter Type
Name
Index Integer
0-119
Status Enum:
Active(1),

NotInService(2),NotReady(3),Cre
ateAndGo(4),CreateAndWait(5),
Destroy(6)

Destination
Phone Prefix

String
Up to 80 chars.

Trunk/Hunt
Group ID

Integer
0-99

Provisioning
Type

NA

Instant

Instant

Instant

Default
Value

ll0ll

ll3ll

ll0ll

Description

Entry number, starting at
0.

Mib name:
iP2TelRoutingIndex

INI Name:
PSTNPREFIX_INDEX
Profile name: Not
Profiled

Row-Status Textual
Conventions as defined
in RFC 2579: Textual
Conventions for SMIv2
Mib name:
iP2TelRoutingRowStatu
S

Profile name: Not
Profiled

Phone number prefix.
up to 80 digits.{@}can
be used for defining
range of phone
numbers.

Mib name:
iP2TelRoutingPrefix
INI Name:
PSTNPREFIX_DESTPR
EFIX

Profile name: Not
Profiled

Trunk/Hunt group ID

Mib name:
iP2TelRoutingTrunkGrou
pID

INI Name:
PSTNPREFIX_TRUNKG
ROUPID

Profile name: Not
Profiled
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Parameter Type Provisioning  Default Description
Name Type Value
Source Phone String Instant Calling Phone number
Prefix Up to 49 chars. prefix.
up to 49 digits.{@}can
be used for defining
range of phone
numbers.
Mib name:
iP2TelRoutingSrcPrefix
INI Name:
PSTNPREFIX_SOURC
EPREFIX
Profile name: Not
Profiled
Address String Instant Address (IP or DNS
Up to 50 chars. name)

Mib name:
iP2TelRoutingAddress
INI Name:
PSTNPREFIX_SOURC
EADDRESS
Profile name: Not
Profiled

Source IP Integer Instant 1"

Group ID -1-31 Mib name:
iP2TelRoutingSourcelP
GrouplD
INI Name:
PSTNPREFIX_SRCIPG
ROUPID
Profile name: Not
Profiled

Destination String Instant "

Host Prefix Up to 49 chars. Mib name:
iP2TelRoutingDestHostP
refix
INI Name:
PSTNPREFIX_DESTHO
STPREFIX
Profile name: Not
Profiled

Source Host String Instant

Prefix Up to 49 chars. Mib name:
iP2TelRoutingSourceHo
stPrefix
INI Name:
PSTNPREFIX_SRCHO
STPREFIX
Profile name: Not
Profiled
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Parameter Type
Name
Profile ID Integer
0-9
Trunk Id Integer
-1-83

Provisioning
Type

Instant

Instant

2.30.4 Tab: Alt Route Cause IP-to-Tel

Defaul
Value

ll0ll

ll_1 n

t Description

Profile ID

Mib name:
iP2TelRoutingProfilelD
INI Name:
PSTNPREFIX_PROFIL
EID

Profile name: Not
Profiled

Trunkld

Mib name:
iP2TelRoutingTrunkld
INI Name:
PSTNPREFIX_TRUNKI
D

Profile name: Not
Profiled

Frame: Routing Provisioning, Tab: Alt Route Cause IP to Tel

Parameter Type Provisioning Type Default Description
Name Value
Index Integer NA "0" Entry number, starting at
0-4 0.
Mib name:
altRouteCauselP2TELIn
dex
INI Name:
ALTROUTECAUSEIP2T
EL_INDEX
Profile name: Not
Profiled
Status Enum: Instant "3" Row-Status Textual
Active(1), Conventions as defined
NotInService(2),NotR in RFC 2579: Textual
eady(3),CreateAndGo Conventions for SMIv2
(4),CreateAndWait(5), Mib name:
Destroy(6) altRouteCauselP2TELR
owStatus
Profile name: Not
Profiled
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Parameter
Name

Release
Cause

Type

Enum:
UnassignedNumber(1

),
NoRouteToTransitNet
(2),NoRouteToDestin
ation(3),ChannelUnac
ceptable(6),CallAward
ed(7),Preemption(8),
NormalClear(16),User
Busy(17),NoUserRes
ponding(18),NoAnsw
er(19),SubscriberAbs
ent(20),CallRejected(
21),NumberChanged(
22),NonselectedUser
Clearing(26),Destinati
onOutOfOrder(27),Inv
alidNumberFormat(28
),FacilityRejected(29),
ResponseToStatusEn
quiry(30),NormalUnsp
ecified(31),CircuitCon
gestion(32),UserCong
estion(33),NoCircuitA
vailable(34),Network
OutOfOrder(38),Perm
anentFrameModeCon
nectionO0S(39),Perm
anentFrameModeCon
nectionOper(40),Tem
poraryFailure(41),Swit
chingEquipmentCong
estion(42),AccessInfo
rmationDiscarded(43)
,RequestedCircuitNA(
44),PrecedenceCallBI
ocked(46),ResourceU
navailableUnspecified
(47),QoSNA(49),Req
uestedFacilityNotSub
scribed(50),0utgoing
CallsBarredWithinCU
G(53),IncomingCallsB
arredWithinCUG(55),
BCNotAuthorized(57),
BCNA(58),Inconsiste
ncylnOutgoinglE(62),
ServiceOrOptionNA(6
3),BCNotimplemente
d(65),ChannelTypeNo
timplemented(66),Re
questedFacilityNotlm
plemented(69),0nlyR
estrictedinfoBC(70),S
erviceNotImplemente
dUnspecified(79),Inva
lidCRValue(81),ldentif

Provisioning Type

Instant

Default
Value

ll1ll

Description

Release Cause

Mib name:
altRouteCauselP2TELR
eleaseCause

INI Name:
ALTROUTECAUSEIP2T
EL_RELEASECAUSE
Profile name: Not
Profiled
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2.30.5 Tab: Alt Route Cause Tel-to-IP

Frame: Routing Provisioning, Tab: Alt Route Cause Tel to IP

Parameter Type
Name

Index Integer
0-4

Status Enum:
Active(1),
NotInService(2),Not
Ready(3),CreateAn
dGo(4),CreateAndW
ait(5),Destroy(6)

Provisioning Type

NA

Instant

Default Description
Value

"0" Entry number,
starting at 0.
Mib name:
altRouteCauseTE
L2IPIndex
INI Name:
ALTROUTECAUS
ETEL2IP_INDEX
Profile name: Not
Profiled

"3" Row-Status
Textual
Conventions as
defined in RFC
2579: Textual
Conventions for
SMIv2
Mib name:
altRouteCauseTE
L2IPRowStatus
Profile name: Not
Profiled
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Parameter
Name

Release Cause

Type

Enum:
WildCard4xx(4),
WildCardFivexx(5),
WildCardSixxx(6),B
adRequest(400),Un
authorized(401),Pay
mentRequired(402),
Forbidden(403),Not
Found(404),Method
NotAllowed(405),Re
questNotAcceptable
(406),Authentication
Required(407),Requ
estTimeout(408),Co
nflict(409),Gone(410
),RequestTooLarge(
413),RequestURITo
oLong(414),Unsupp
ortedMedia(415),Ba
dExtension(420),Ext
ensionRequired(421
),SessionintervalTo
oSmall(423),Unavail
able(480), Transacti
onDoesNotEXxist(48
1),LoopDetected(48
2), TooManyHops(48
3),Addressincomple
te(484),Ambiguous(
485),Busy(486),Req
uestTerminated(487
),NotAcceptableHer
e(488),RequestPen
ding(491),Undeciph
erable(493),Internal
Error(500),Notimple
mented(501),BadGa
teway(502),Service
Unavailable(503),Se
rverTimeout(504),V
ersionNotSupported
(505),MessageTooL
arge(513),BusyEver
ywhere(600),Declin
e(603),DoesNotExis
tAnywhere(604),SD
PNotAcceptable(60
6),IPProfileCallLimit(
805),MediaLimitsEx
ceeded(806)

Provisioning Type

Instant

Default
Value

ll4ll

Description

Release Cause
Mib name:
altRouteCauseTE
L2IPReleaseCaus
e

INI Name:
ALTROUTECAUS
ETEL2IP_RELEA
SECAUSE

Profile name: Not
Profiled
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2.30.6 Tab: Forward On Busy Trunk

Frame: Routing Provisioning, Tab: Forward On Busy Trunk

Parameter Type Provisioning = Default Description
Name Type Value
Index Integer NA "0" Entry number, starting at 0.
0-99 Mib name:
forwardOnBusyTrunkDestinde
X
INI Name:
FORWARDONBUSYTRUNKD
EST_INDEX
Profile name: Not Profiled
Status Enum: Instant "3" Row-Status Textual
Active(1), Conventions as defined in RFC
NotInService(2),NotReady(3 2579: Textual Conventions for
),CreateAndGo(4),CreateAn SMIv2
dWait(5),Destroy(6) Mib name:
forwardOnBusyTrunkDestRow
Status

Profile name: Digital SIP
Forward On Busy Trunk
Destination

Trunk Group Integer Instant "o" GwApp Forward On Busy

Id 0-99 Trunk Destination Table
Mib name:
forwardOnBusyTrunkDestTrun
kGroupld
INI Name:
FORWARDONBUSYTRUNKD
EST_TRUNKGROUPID
Profile name: Digital SIP
Forward On Busy Trunk

Destination
Forward String Instant GwApp Forward On Busy
Destination Up to 98 chars. Trunk Destination Table

Mib name:
forwardOnBusyTrunkDestForw
ardDestination

INI Name:
FORWARDONBUSYTRUNKD
EST_FORWARDDESTINATIO
N

Profile name: Digital SIP
Forward On Busy Trunk
Destination
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2.31 Frame: SAS Provisioning

2.31.1 Tab: Stand-Alone Survivability

Frame: SAS Provisioning, Tab: Stand-Alone Survivability

Parameter
Name

Type

Index Integer

0-0

Enable Enum:

Disable(0), Enable(1)

Enum:

Active(1),
NotInService(2),NotReady(3
),CreateAndGo(4),CreateAn

dWait(5),Destroy(6)

Row Status

Local SIP UDP
Port

Integer
1-65534

Remove From
Right

Integer
0-30

Provisioning

Type
NA

Offline

NA

Instant

Instant

Default
Value

ll0ll

ll0ll

ll1ll

"5080"

ll0ll

Description

Mib name:
sasRegistrationManipulati
onlndex

INI Name:
SASREGISTRATIONMA
NIPULATION_INDEX
Profile name: Not Profiled

Enables SAS functionality
Mib name: sipSASEnable
INI Name: ENABLESAS
Profile name: Digital SIP
SAS Profile

Row-Status Textual
Conventions as defined in
RFC 2579: Textual
Conventions for SMiv2
Mib name:
sasRegistrationManipulati
onRowsStatus

Profile name: Digital SIP
Survivability Profile

Local SAS SIP port used
for signaling over UDP
Mib name:
sipSASLocalSIPUdpPort
INI Name:
SASLOCALSIPUDPPOR
T

Profile name: Digital SIP
SAS Profile

Mib name:
sasRegistrationManipulati
onRemoveFromRight

INI Name:
SASREGISTRATIONMA
NIPULATION_REMOVEF
ROMRIGHT

Profile name: Digital SIP
Survivability Profile

Version 6.8

165

June 2014



?E AudioCodes

Mediant 3000 with TP-8410

Parameter
Name

Default Gateway

IP

Leave From
Right

Local SIP TLS
Port

Registration
Time

Local SIP TCP
Port

Type Provisioning
Type

String Instant

Up to 49 chars.

Integer Instant
0-30

Integer Instant
1-65534

Integer Instant
0-2000000

Integer Instant
1-65534

Default
Value

Description

"0.0.0.0"| SIP SAS default IP
address for incoming
requests in emergency
mode
Mib name:
sipSASDefaultGatewayIP
INI Name:
SASDEFAULTGATEWAY
IP
Profile name: Digital SIP
SAS Profile

Q"
Mib name:
sasRegistrationManipulati
onLeaveFromRight
INI Name:
SASREGISTRATIONMA
NIPULATION_LEAVEFR
OMRIGHT
Profile name: Digital SIP
Survivability Profile

"5081" | Local SAS SIP port used
for signaling over TLS
Mib name:
sipSASLocalSIPTIsPort
INI Name:
SASLOCALSIPTLSPORT
Profile name: Digital SIP
SAS Profile

"20" | SAS will send this value in
expires header while
working in emergency
mode
Mib name:
sipSASRegistrationTime
INI Name:
SASREGISTRATIONTIM
E
Profile name: Digital SIP
SAS Profile

"5080" Local SAS SIP port used
for signaling over TCP
Mib name:
sipSASLocalSIPTcpPort
INI Name:
SASLOCALSIPTCPPORT
Profile name: Digital SIP
SAS Profile
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Parameter Type Provisioning
Name Type
Proxy Set Integer Instant
0-5
Redundant Proxy Integer Instant
Set -1-5
Binding Mode Enum: Instant

URI(0), UserPartOnly(1)

Survivability Enum: Instant
Mode Standard(0),
AlwaysEmergency(1),Ignore
Register(2),AutoAnswerRegi
ster(3),UseRoutingTableOnl
yInNormalMode(4)

Default
Value

ll0ll

ll_1 n

ll0ll

ll0ll

Description

Proxy Set Id for SAS
Mib name:
sipSASProxySet

INI Name:
SASPROXYSET

Profile name: Digital SIP
SAS Profile

Proxy Set Id for
Redundant SAS

Mib name:
sipSASRedundantProxyS
et

INI Name:
REDUNDANTSASPROX
YSET

Profile name: Digital SIP
SAS Profile

Defines the SAS
database binding mode:
0 - URI dependant {@}1 -
according to user part
Mib name:
sipSASBindingMode

INI Name:
SASBINDINGMODE
Profile name: Digital SIP
SAS Profile

Defines the SAS working
mode:

0 ? Standard Mode
(working with configured
proxy set){@}1 ? Always
emergency mode
(working without
proxy){@}2 ? Ignore
REGISTER in normal
mode {@}3 ? Auto-
answer REGISTER (do
not forward to proxy){@}4
? Use Routing Table only
in normal mode (berfore
forward to proxy)

Mib name:
sipSASSurvivabilityMode
INI Name:
SASSURVIVABILITYMO
DE

Profile name: Digital SIP
SAS Profile
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Parameter
Name

Enable ENUM

Enable Record
Route

SAS Block
UnRegistered
Users

Connection
Reuse

Provisioning
Type

Type

Enum: Instant

Disable(0), Enable(1)

Enum: Instant

Disable(0), Enable(1)

Enum: Instant

unblock(0), block(1)

Enum: Instant

Disable(0), Enable(1)

Default
Value

ll0ll

ll0ll

ll0ll

ll1 n

Description

Enables SAS to perform
ENUM query when
receiving INVITE
messages in emergency
mode

Mib name:
sipSASEnableENUM

INI Name:
SASENABLEENUM
Profile name: Digital SIP
SAS Profile

Enables SAS to add
record-Route header to
requests

Mib name:
sipSASEnableRecordRou
te

INI Name:
SASENABLERECORDR
OUTE

Profile name: Digital SIP
SAS Profile

Enables SAS to reject
dialog-establishment
requests from un-
registered users

Mib name:
sipSASBlockUnRegUsers
INI Name:
SASBLOCKUNREGUSE
RS

Profile name: Digital SIP
SAS Profile

Re-using TCP/TLS
connection in SAS
application.

Mib name:
sipSASConnectionReuse
INI Name:
SASCONNECTIONREUS
E

Profile name: Digital SIP
SAS Profile
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Parameter
Name

Entering
Emergency
Mode

Type

Enum:

optionsOnly(0),
optionsinviteRegister(1)

Provisioning
Type

Instant

Default
Value

Description

"0" | Defines which methods
cause SAS to enter
EMERGENCY mode. (0)-
OPTIONS only, (1)-
OPTIONS/INVITE/REGIS
TER
Mib name:
sipSASEnteringEmergenc
yMode
INI Name:
SASENTERINGEMERGE
NCYMODE
Profile name: Digital SIP
SAS Profile

2.32 Frame: SBC Manipulations Provisioning

2.32.1 Tab: Inbound

Parameter
Name

Index

Manipulatio
n Name

Row Status

NotInService(2),NotReady(3),Cre
ateAndGo(4),CreateAndWait(5),

Frame: SBC Manipulations Provisioning, Tab: Inbound

Type

Integer
0-500

String

Up to 20 chars.

Enum:
Active(1),

Destroy(6)

Provisioning Default
Type Value

Read-Only

Instant

NA

llOll

ll3ll

Description

Mib name:
sbclP2IPInboundManipulationin
dex

INI Name:
IPINBOUNDMANIPULATION _|I
NDEX

Profile name: SIP SBC Inbound
Manipulation Profile

Manipulation Name

Mib name:
sbclP2IPInboundManipulationM
anipulationName

INI Name:
IPINBOUNDMANIPULATION_M
ANIPULATIONNAME

Profile name: SIP SBC Inbound
Manipulation Profile

Row-Status Textual
Conventions as defined in RFC
2579: Textual Conventions for
SMIv2

Mib name:
sbclP2IPInboundManipulationR
owStatus

Profile name: SIP SBC Inbound
Manipulation Profile
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Parameter
Name

Is Additional
Manipulatio
n

Manipulated
URI

Source IP
Group ID

Source
Username
Prefix

Source Host

Type

Enum:
No(0), Yes(1)

Enum:
No(0), Yes(1)

Integer
-1-31

String

Up to 50 chars.

String

Up to 49 chars.

Provisioning Default

Type

Instant

Instant

Instant

Instant

Instant

Value

ll0ll

ll0ll

ll_1 n

Description

Mib name:
sbclP2IPInboundManipulationls
AdditionalManipulation

INI Name:
IPINBOUNDMANIPULATION _|I
SADDITIONALMANIPULATION
Profile name: SIP SBC Inbound
Manipulation Profile

Mib name:
sbclP2IPInboundManipulationM
anipulatedURI

INI Name:
IPINBOUNDMANIPULATION_M
ANIPULATEDURI

Profile name: SIP SBC Inbound
Manipulation Profile

Mib name:
sbclP2IPInboundManipulationSr
clPGrouplD

INI Name:
IPINBOUNDMANIPULATION_S
RCIPGROUPID

Profile name: SIP SBC Inbound
Manipulation Profile

Mib name:
sbclP2IPInboundManipulationSr
cUsernamePrefix

INI Name:
IPINBOUNDMANIPULATION_S
RCUSERNAMEPREFIX

Profile name: SIP SBC Inbound
Manipulation Profile

Mib name:
sbclP2IPInboundManipulationSr
cHost

INI Name:
IPINBOUNDMANIPULATION_S
RCHOST

Profile name: SIP SBC Inbound
Manipulation Profile
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Parameter
Name

Dest
Username
Prefix

Dest Host

Remove
From Left

Remove
From Right

Leave From
Right

Type

String

Up to 50 chars.

String

Up to 49 chars.

Integer
0-50

Integer
0-50

Integer
0-255

Provisioning Default

Type

Instant

Instant

Instant

Instant

Instant

Value

ll0ll

ll0ll

ll0ll

Description

Mib name:
sbclP2IPInboundManipulationD
estUsernamePrefix

INI Name:
IPINBOUNDMANIPULATION D
ESTUSERNAMEPREFIX
Profile name: SIP SBC Inbound
Manipulation Profile

Mib name:
sbclP2IPInboundManipulationD
estHost

INI Name:
IPINBOUNDMANIPULATION_D
ESTHOST

Profile name: SIP SBC Inbound
Manipulation Profile

Mib name:
sbclP2IPInboundManipulationR
emoveFromLeft

INI Name:
IPINBOUNDMANIPULATION_ R
EMOVEFROMLEFT

Profile name: SIP SBC Inbound
Manipulation Profile

Mib name:
sbclP2IPInboundManipulationR
emoveFromRight

INI Name:
IPINBOUNDMANIPULATION_R
EMOVEFROMRIGHT

Profile name: SIP SBC Inbound
Manipulation Profile

Mib name:
sbclP2IPInboundManipulationLe
aveFromRight

INI Name:
IPINBOUNDMANIPULATION_L
EAVEFROMRIGHT

Profile name: SIP SBC Inbound
Manipulation Profile
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Parameter
Name

Prefix To
Add

Suffix To
Add

Request
Type

Type

String
Up to 49 chars.

String
Up to 49 chars.

Enum:
all(0),
invite(1),register(2),subscribe(3),i
nviteAndRegister(4),inviteAndSu
bscribe(5)

2.32.2 Tab: Outbound

Parameter
Name

Index

Manipulatio

n Name

Type

Instant

Instant

Instant

Provisioning Default
Value

ll0ll

Description

Mib name:
sbclP2IPInboundManipulationPr
efix2Add

INI Name:
IPINBOUNDMANIPULATION_P
REFIX2ADD

Profile name: SIP SBC Inbound
Manipulation Profile

Mib name:
sbclP2IPInboundManipulationSu
ffix2Add

INI Name:
IPINBOUNDMANIPULATION_S
UFFIX2ADD

Profile name: SIP SBC Inbound
Manipulation Profile

Mib name:
sbclP2IPInboundManipulationR
equestType

INI Name:
IPINBOUNDMANIPULATION_R
EQUESTTYPE

Profile name: SIP SBC Inbound
Manipulation Profile

Frame: SBC Manipulations Provisioning, Tab: Outbound

Type

Integer
0-500

String
Up to 20 chars.

Provisioning
Type

Read-Only

Instant

Default
Value

llOll

Description

Mib name:
sbclP2IPOutboundManipulatio
nindex

INI Name:
IPOUTBOUNDMANIPULATIO
N_INDEX

Profile name: SIP SBC
Outbound Manipulation Profile

Manipulation Name

Mib name:
sbclP2IPOutboundManipulatio
nManipulationName

INI Name:
IPOUTBOUNDMANIPULATIO
N_MANIPULATIONNAME
Profile name: SIP SBC
Outbound Manipulation Profile
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Parameter
Name

Provisioning
Type

Enum: NA
Active(1),
NotInService(2),NotReady(3
),CreateAndGo(4),CreateAn
dWait(5),Destroy(6)

Type

Row Status

Is Additional
Manipulatio
n

Enum: Instant

No(0), Yes(1)

Enum: Instant
sourceURI(0),
destinationURI(1),callingNa

me(2)

Manipulated
URI

Source IP Instant

Group ID

Integer
-1-31

Dest IP
Group ID

Integer Instant

-1-31

Default
Value

ll3ll

ll0ll

ll0ll

ll_1 n

ll_1 n

Description

Row-Status Textual
Conventions as defined in RFC
2579: Textual Conventions for
SMiv2

Mib name:
sbclP2IPOutboundManipulatio
nRowStatus

Profile name: SIP SBC
Outbound Manipulation Profile

Mib name:
sbclP2IPOutboundManipulatio
nisAdditionalManipulation

INI Name:
IPOUTBOUNDMANIPULATIO
N_ISADDITIONALMANIPULA
TION

Profile name: SIP SBC
Outbound Manipulation Profile

Mib name:
sbclP2IPOutboundManipulatio
nManipulatedURI

INI Name:
IPOUTBOUNDMANIPULATIO
N_MANIPULATEDURI

Profile name: SIP SBC
Outbound Manipulation Profile

Mib name:
sbclP2IPOutboundManipulatio
nSrclPGrouplD

INI Name:
IPOUTBOUNDMANIPULATIO
N_SRCIPGROUPID

Profile name: SIP SBC
Outbound Manipulation Profile

Mib name:
sbclP2IPOutboundManipulatio
nDestIPGrouplD

INI Name:
IPOUTBOUNDMANIPULATIO
N_DESTIPGROUPID

Profile name: SIP SBC
Outbound Manipulation Profile
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Parameter
Name

Source

Username
Prefix

Source Host

Dest
Username
Prefix

Dest Host

Remove
From Left

Type

String

Up to 50 chars.

String

Up to 49 chars.

String

Up to 50 chars.

String

Up to 49 chars.

Integer
0-50

Provisioning
Type

Instant

Instant

Instant

Instant

Instant

Default
Value

ll0ll

Description

Mib name:
sbclP2IPOutboundManipulatio
nSrcUsernamePrefix

INI Name:
IPOUTBOUNDMANIPULATIO
N_SRCUSERNAMEPREFIX
Profile name: SIP SBC
Outbound Manipulation Profile

Mib name:
sbclP2IPOutboundManipulatio
nSrcHost

INI Name:
IPOUTBOUNDMANIPULATIO
N_SRCHOST

Profile name: SIP SBC
Outbound Manipulation Profile

Mib name:
sbclP2IPOutboundManipulatio
nDestUsernamePrefix

INI Name:
IPOUTBOUNDMANIPULATIO
N_DESTUSERNAMEPREFIX
Profile name: SIP SBC
Outbound Manipulation Profile

Mib name:
sbclP2IPOutboundManipulatio
nDestHost

INI Name:
IPOUTBOUNDMANIPULATIO
N_DESTHOST

Profile name: SIP SBC
Outbound Manipulation Profile

Mib name:
sbclP2IPOutboundManipulatio
nRemoveFromLeft

INI Name:
IPOUTBOUNDMANIPULATIO
N_REMOVEFROMLEFT
Profile name: SIP SBC
Outbound Manipulation Profile
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Parameter Type Provisioning
Name Type
Remove Integer Instant
From Right 0-50
Leave From Integer Instant
Right 0-255
Prefix To String Instant
Add Up to 49 chars.
Suffix To String Instant
Add Up to 49 chars.
Request Enum: Instant
Type all(0),

invite(1),register(2),subscrib
e(3),inviteAndRegister(4),inv
iteAndSubscribe(5)

Default
Value

ll0ll

ll0ll

ll0ll

Description

Mib name:
sbclP2IPOutboundManipulatio
nRemoveFromRight

INI Name:
IPOUTBOUNDMANIPULATIO
N_REMOVEFROMRIGHT
Profile name: SIP SBC
Outbound Manipulation Profile

Mib name:
sbclP2IPOutboundManipulatio
nLeaveFromRight

INI Name:
IPOUTBOUNDMANIPULATIO
N_LEAVEFROMRIGHT
Profile name: SIP SBC
Outbound Manipulation Profile

Mib name:
sbclP2IPOutboundManipulatio
nPrefix2Add

INI Name:
IPOUTBOUNDMANIPULATIO
N_PREFIX2ADD

Profile name: SIP SBC
Outbound Manipulation Profile

Mib name:
sbclP2IPOutboundManipulatio
nSuffix2Add

INI Name:
IPOUTBOUNDMANIPULATIO
N_SUFFIX2ADD

Profile name: SIP SBC
Outbound Manipulation Profile

Mib name:
sbclP2IPOutboundManipulatio
nRequestType

INI Name:
IPOUTBOUNDMANIPULATIO
N_REQUESTTYPE

Profile name: SIP SBC
Outbound Manipulation Profile
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Parameter
Name

Provisioning
Type

Type

Re Route IP
Group ID

Integer Instant

-1-32

Enum: Instant
TriggerAny(0),

Trigger3xx(1), TriggerREFE

R(2),Trigger3xxOrREFER(3)

, TriggerlnitialOnly(4)

Trigger

Message rowPointer Instant

Condition

Calling Instant

Name Prefix

String
Up to 36 chars.

Default
Value

ll_1 n

ll0ll

ll_1 n

Description

ReRoute IP Group ID;The ip
group id of redirect/refer
initiator.

Mib name:
sbclP2IPOutboundManipulatio
nReRoutelPGroupID

INI Name:
IPOUTBOUNDMANIPULATIO
N_REROUTEIPGROUPID
Profile name: SIP SBC
Outbound Manipulation Profile

Call Trigger.

Mib name:
sbclP2IPOutboundManipulatio
nTrigger

INI Name:
IPOUTBOUNDMANIPULATIO
N_TRIGGER

Profile name: SIP SBC
Outbound Manipulation Profile

Message Condition

Mib name:
sbclP2IPOutboundManipulatio
nMessageCondition

INI Name:
IPOUTBOUNDMANIPULATIO
N_MESSAGECONDITION
Profile name: SIP SBC
Outbound Manipulation Profile

Calling Name Prefix

Mib name:
sbclP2IPOutboundManipulatio
nCallingNamePrefix

INI Name:
IPOUTBOUNDMANIPULATIO
N_CALLINGNAMEPREFIX
Profile name: SIP SBC
Outbound Manipulation Profile
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2.32.3 Tab: Message

Frame: SBC Manipulations Provisioning, Tab: Message

Parameter Type Provisioning Default Description
Name Type Value

Index Integer Read-Only "0"

0-500 Mib name:
sbcMessageManipulati
onslndex
INI Name:
MESSAGEMANIPULA
TIONS_INDEX
Profile name: SIP SBC
Message
Manipulations Profile

Manipulation String Instant " Manipulation Name

Name Up to 20 chars. Mib name:
sbcMessageManipulati
onsManipulationName
INI Name:
MESSAGEMANIPULA
TIONS_MANIPULATI
ONNAME
Profile name: SIP SBC
Message
Manipulations Profile

Row Status Enum: NA "3" Row-Status Textual
Active(1), Conventions as
NotInService(2),NotReady(3),C defined in RFC 2579:
reateAndGo(4),CreateAndWait( Textual Conventions
5),Destroy(6) for SMiIv2
Mib name:
sbcMessageManipulati
onsRowStatus
Profile name: SIP SBC
Message
Manipulations Profile

Manipulation Integer Instant "o" Manipulation Set ID.

Set ID 0-20 Mib name:
sbcMessageManipulati
onsManipulationSetID
INI Name:
MESSAGEMANIPULA
TIONS_MANSETID
Profile name: SIP SBC
Message
Manipulations Profile
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Parameter
Name

Message Type

Condition

Action Subject

Action Type

Provisioning
Type

Type

String Instant

Up to 49 chars.

String Instant

Up to 199 chars.

String Instant

Up to 99 chars.

Enum: Instant

add(0),

Default

Description

Value

ll0ll

Message type.

Mib name:
sbcMessageManipulati
onsMessageType

INI Name:
MESSAGEMANIPULA
TIONS_MESSAGETY
PE

Profile name: SIP SBC
Message
Manipulations Profile

Message manipulation
Condition.

Mib name:
sbcMessageManipulati
onsCondition

INI Name:
MESSAGEMANIPULA
TIONS_CONDITION
Profile name: SIP SBC
Message
Manipulations Profile

Message manipulation
Action Subject.

Mib name:
sbcMessageManipulati
onsActionSubject

INI Name:
MESSAGEMANIPULA
TIONS_ACTIONSUBJ
ECT

Profile name: SIP SBC
Message
Manipulations Profile

Message manipulation
Action type.

Mib name:
sbcMessageManipulati
onsActionType

INI Name:
MESSAGEMANIPULA
TIONS_ACTIONTYPE
Profile name: SIP SBC
Message
Manipulations Profile

remove(1),modify(2),addPrefix(
3),addSuffix(4),removeSuffix(5)
,removePrefix(6),normalize(7)
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Parameter
Name

Action Value

Row Role

Type Provisioning
Type

String Instant
Up to 199 chars.

Enum: Instant
matchAndAction(0),
actionOnly(1)

Default
Value

ll0ll

Description

Message manipulation
Action value.

Mib name:
sbcMessageManipulati
onsActionValue

INI Name:
MESSAGEMANIPULA
TIONS_ACTIONVALU
E

Profile name: SIP SBC
Message
Manipulations Profile

Message manipulation
row rule.

Mib name:
sbcMessageManipulati
onsRowRole

INI Name:
MESSAGEMANIPULA
TIONS_ROWROLE
Profile name: SIP SBC
Message
Manipulations Profile

Version 6.8

179

June 2014



?E AudioCodes

Mediant 3000 with TP-8410

2.33 Frame: SBC Provisioning

2.33.1 Tab: General Settings

Parameter
Name

Enable CRP
Application

Enable ISBC
Application

Enable IP2IP
Application

sbc
Registration
Time

SBC Alert
Timeout

Frame: SBC Provisioning, Tab: General Settings

Type

Type
Enum: Offline
disable(0), enable(1)

Enum: Offline

disable(0), enable(1)

Enum: Offline

disable(0), enable(1)

Integer Instant

0-2000000

Integer Instant

0-3600

Provisioning

Default
Value

ll0ll

llOll

ll0ll

ll0ll

ll600ll

Description

Enables CRP functionality
Mib name:
crpEnableCRPApplication

INI Name:
ENABLECRPAPPLICATION
Profile name: SIP SBC Profile

Enables SBC functionality
Mib name:
sbcEnablelSBCApplication
INI Name:
ENABLESBCAPPLICATION
Profile name: SIP SBC Profile

Enables IP2IP functionality
Mib name:
sbcEnablellP2IPApplication
INI Name:
ENABLEIP2IPAPPLICATION
Profile name: SIP SBC Profile

Expires value SBC responds to
user with. Used when server is
offline or when the user is
behind NAT. Otherwise expires
is defined by the server.

Mib name:
sbcRegistrationTime

INI Name:
SBCREGISTRATIONTIME
Profile name: SIP SBC Profile

Maximal time to wait for
connect in SBC (seconds)
Mib name: sbcAlertTimeout
INI Name:
SBCALERTTIMEOUT

Profile name: SIP SBC Profile
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Parameter
Name

SBC Max
Forwards Limit

GRUU Mode

SBC Min
Session
Expired

Coders In
Extension
Mode

Provisioning
Type

Type

Integer Instant

1-70

Enum: Instant
None(0),
AsProxy(1), TemporaryOnl

y(2),PublicOnly(3),Both(4)

Integer Instant

90-1000000

Enum: Instant
DoesntincludeExtensions(

0), IncludeExtensions(1)

Default
Value

ll1 Oll

ll1ll

llgoll

ll0ll

Description

Limit the value of the Max-
Forwards header.

If the header's value is equal
or smaller than the parameter's
value the header's value will
stay as is. {@]}If the header's
value is bigger then the
parameter's value the header's
value will be set to the
parameter's value.

Mib name:
sbcMaxForwardsLimit

INI Name:
SBCMAXFORWARDSLIMIT
Profile name: SIP SBC Profile

SBC GRUU Behavior

0 - None. No GRUU is
supplied to users.{@}1 - As
Proxy. Supply same types of
GRUU as Proxy does.{@)}2 -
Temporary only. Supply only
temporary GRUU to
users.{@}3 - Public only.
Supply only public GRUU to
users.{@}4 - Both. Supply
temporary and public GRUU to
users.

Mib name: sbcGruuMode

INI Name: SBCGRUUMODE
Profile name: SIP SBC Profile

The minimum amount of time
that can occur between
session refresh requests in a
dialog before the session will
be considered timed out.

Mib name: sbcMinSE

INI Name: SBCMINSE

Profile name: SIP SBC Profile

Defines the coders
combination in the outgoing
message.

0 - doesn?t include extentions
(default). Extended coders will
be added at the end.{@}1-
Include extentions

Mib name:
sbcCodersinExtensionMode
INI Name:
SBCPREFERENCESMODE
Profile name: SIP SBC Profile
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Parameter
Name

Serv Auth
Nonce Duration

Serv Auth
Challenge
Method

Serv Auth Qop

Extensions
Provisioning
Mode

Release Ack
On Bye Ack

Provisioning
Type

Type

Integer Instant

30-600

Integer Instant

0-1

Integer Instant

0-3

Enum: Instant

disable(0), enable(1)

Enum: Instant

disable(0), enable(1)

Default
Value

ll300ll

ll0ll

ll2ll

ll0ll

ll0ll

Description

Lifetime of the nonce in
seconds.

Mib name:
sbcServAuthNonceDuration
INI Name:
AUTHNONCEDURATION
Profile name: SIP SBC Profile

Set to 0 to use a www-
authenticate header or 1 to
send a proxy-authenticate
header in the message

Mib name:
sbcServAuthChallengeMethod
INI Name:
AUTHCHALLENGEMETHOD
Profile name: SIP SBC Profile

Set to 0 to offer auth, 1 to offer
auth-int or 2 to offer auth, auth-
int, or 3 to not offer any QOP
Mib name: sbcServAuthQop
INI Name: AUTHQOP

Profile name: SIP SBC Profile

Indicates how the registration
database is provisioned (0) -
use register request (1) -
broadsoft automatic mode
Mib name:
sbcExtensionsProvisioningMod
e

INI Name:
SBCEXTENSIONSPROVISIO
NINGMODE

Profile name: SIP SBC Profile

Allows the media to remain
active upon receipt of a
401/407 response by sending
a releaseNackEvent, rather
than releaseEvent. Useful for
SIP endpoints that support
authentication.

Mib name:
sbcReleaseAckOnByeAck

INI Name:
SBCENABLEBYEAUTHENTIC
ATION

Profile name: SIP SBC Profile
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Parameter Type Provisioning
Name Type
Forking Enum: Instant

Handling Mode LatchOnFirst(0),
Sequential(1)

Session Integer Instant
Expires Time 90-86400
Fax Detection Integer Instant
Timeout 0-30
Crp Enum: Instant
Survivability standardMode(0),

Mode alwaysEmergencyMode(1)
,autoAnswerRegister(2)

Dialog Info Enum: Instant
Interworking disable(0), enable(1)

Default
Value

ll0ll

ll1 80"

ll1 Oll

llOll

ll0ll

Description

Decides the handling method
to 18X response to forking.The
parameter only affects the
SBC behavior.

Mib name:
sbcForkingHandlingMode

INI Name:
SBCFORKINGHANDLINGMO
DE

Profile name: SIP SBC Profile

SBC session refresh timer for
requests in a dialog.

Mib name:
sbcSessionExpiresTime

INI Name:
SBCSESSIONEXPIRES
Profile name: SIP SBC Profile

Maximum time for Fax
Detection on SBC(seconds)
Mib name:
sbcExtFaxDetectionTimeout
INI Name:
SBCFAXDETECTIONTIMEOU
T

Profile name: Not Profiled

Defines the CRP functionality
modes: (0)Normal, (1)Always
Emergency, (2)Auto answer to
registrations

Mib name:
sbcCrpSurvivabilityMode

INI Name:
CRPSURVIVABILITYMODE
Profile name: Not Profiled

Changes the WAN call
identifiers in the dialog-info
body of NOTIFY messages to
LAN call identifiers. 0 - Do not
alter the dialog info body in a
notify message. 1 - alter the
dialog info body call tags

Mib name:
sbcDialoglnfolnterworking

INI Name:
ENABLESBCDIALOGINFOINT
ERNETWORKING

Profile name: Not Profiled
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Parameter
Name

Provisioning
Type

Type

Enum: Instant

transparent(0), sip(1),tel(2)

Diversion URI
Type

Shared Line
Reg Mode

Enum: Instant
asConfigured(0),
terminateSecondaryLines(

1)

Enum: Instant

disable(0), enable(1)

Enforce Media
Order

Shared Line
Reg Mode

Enum: Instant

disable(0), enable(1)

User Instant
Registration

Grace Time

Integer
0-300

Default
Value

ll0ll

ll0ll

ll0ll

ll0ll

ll0ll

Description

Which uri type to use for
Diversion header in SBC
Mib name:
sbcExtDiversionURIType
INI Name:
SBCDIVERSIONURITYPE
Profile name: Not Profiled

Define the registration handling
mode in case of shared line
manipulation. 0 - as
configured, 1- terminate
secondary lines

Mib name:
sbcSharedLineRegMode

INI Name:
SBCSHAREDLINEREGMODE
Profile name: Not Profiled

enforces media order
according to rfc 3264

Mib name:
sbcExtEnforceMediaOrder

INI Name:
SBCENFORCEMEDIAORDER
Profile name: Not Profiled

Disable-SBC sends INVITE
according to the Request-URI.
Enabled-if the Request-URlI is
of specific contact, SBC sends
the INVITE to all contacts
under the parent AOR

Mib name:
sbcExtSharedLineRegMode
INI Name:
SBCSENDINVITETOALLCON
TACTS

Profile name: Not Profiled

SBC User Registration Grace
Time

Mib name:
sbcUserRegistrationGraceTim
e

INI Name:
SBCUSERREGISTRATIONGR
ACETIME

Profile name: Not Profiled
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2.33.2 Tab: Admission Control

Frame: SBC Provisioning, Tab: Admission Control

Parameter
Name

Type

Index Integer

0-500

Name String

Up to 20 chars.

Enum:

Active(1),
NotInService(2),NotReady(3),
CreateAndGo(4),CreateAndW

ait(5),Destroy(6)

Row Status

Enum:
IpGroup(0), SRD(1)

Limit Type

Ip Group ID Integer

-1-31

Type
Read-Only

Instant

NA

Instant

Instant

Provisioning Default
Value

ll0ll

ll3ll

ll0ll

ll_1 n

Description

Mib name:
sbcAdmissionControlindex
INI Name:
SBCADMISSIONCONTROL |
NDEX

Profile name: SIP SBC
Admission Control Profile

Admission Control Name

Mib name:
sbcAdmissionControlIName

INI Name:
SBCADMISSIONCONTROL_A
DMISSIONCONTROLNAME
Profile name: SIP SBC
Admission Control Profile

Row-Status Textual
Conventions as defined in RFC
2579: Textual Conventions for
SMiv2

Mib name:
sbcAdmissionControlRowStatu
s

Profile name: SIP SBC
Admission Control Profile

Mib name:
sbcAdmissionControlLimitType
INI Name:
SBCADMISSIONCONTROL_L
IMITTYPE

Profile name: SIP SBC
Admission Control Profile

Mib name:
sbcAdmissionControllpGroupl
D

INI Name:
SBCADMISSIONCONTROL |
PGROUPID

Profile name: SIP SBC
Admission Control Profile
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Parameter Type
Name

Srd ID Integer
-1-4

Request Type Enum:
All(0),
Invite(1),Subscribe(2),0ther(3

Request Enum:
Direction Both(0), In(1),0ut(2)

Limit Integer
-1-2147483647

Limit Per User Integer
-1-2147483647

Rate Integer
0-2147483647

Provisioning Default

Type

Instant

Instant

Instant

Instant

Instant

Instant

Value

ll_1 n

ll0ll

ll0ll

ll_1 n

ll_1 n

ll0ll

Description

Mib name:
sbcAdmissionControlSrdID

INI Name:
SBCADMISSIONCONTROL_S
RDID

Profile name: SIP SBC
Admission Control Profile

Mib name:
sbcAdmissionControlRequestT
ype

INI Name:
SBCADMISSIONCONTROL R
EQUESTTYPE

Profile name: SIP SBC
Admission Control Profile

Mib name:
sbcAdmissionControlRequestD
irection

INI Name:
SBCADMISSIONCONTROL R
EQUESTDIRECTION

Profile name: SIP SBC
Admission Control Profile

Mib name:
sbcAdmissionControlLimit

INI Name:
SBCADMISSIONCONTROL _L
IMIT

Profile name: SIP SBC
Admission Control Profile

Mib name:
sbcAdmissionControlLimitPerU
ser

INI Name:
SBCADMISSIONCONTROL_L
IMITPERUSER

Profile name: SIP SBC
Admission Control Profile

Mib name:
sbcAdmissionControlRate

INI Name:
SBCADMISSIONCONTROL R
ATE

Profile name: SIP SBC
Admission Control Profile
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Parameter Type
Name
Max Burst Integer
0-2147483647
Reservation Integer

0-2147483647

2.33.3 Tab: SBC Registration

Provisioning Default

Type

Instant

Instant

Description
Value

o
Mib name:
sbcAdmissionControlMaxBurst
INI Name:
SBCADMISSIONCONTROL
MAXBURST
Profile name: SIP SBC
Admission Control Profile

"o" Reservation

Mib name:
sbcAdmissionControlReservati
on

INI Name:
SBCADMISSIONCONTROL R
ESERVATION

Profile name: SIP SBC
Admission Control Profile

Frame: SBC Provisioning, Tab: SBC Registration

Parameter
Name

Type

User Time Integer

0-2000000

Survivability
Time

Integer
0-2000000

Provisioning Default

Type

Instant

Instant

Value

ll0ll

ll0ll

Description

Expires value SBC responds to user with.
Used when server is offline or when the
user is behind NAT. Otherwise expires is
defined by the server. When the parameter
is set to 0, the SBC does not change the
Expires value, received in the user?s
REGISTER request.

Mib name: sbcRegistrationUserTime

INI Name: SBCUSERREGISTRATIONTIME
Profile name: SIP SBC Profile

This parameter defines the duration of the
periodic registrations between the user and
the SBC, when the SBC is in survivability
state (the REGISTER request cannot be
forwarded to proxy, and is terminated by the
SBC).

When SBCSurvivabilityRegistrationTime is
set to 0, the SBC will use the value of the
parameter SBCUserRegistrationTime for the
SBC response

Mib name: sbcRegistrationSurvivability Time
INI Name:
SBCSURVIVABILITYREGISTRATIONTIME
Profile name: SIP SBC Profile
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Description

This parameter defines the duration (in

Parameter Type Provisioning Default
Name Type Value
Proxy Time Integer Instant
0-2000000

2.33.4 Tab: SBC Message Policy

seconds) in which the user is registered in
the proxy DB, after the REGISTER was
forwarded by SBC. When the parameter is
set to 0, the SBC will send the Expires value
as received from user to the proxy.

Mib name: sbcRegistrationProxyTime

INI Name:
SBCPROXYREGISTRATIONTIME

Profile name: SIP SBC Profile

Frame: SBC Provisioning, Tab: SBC Message Policy

Parameter Type
Name
Index Integer
0-19
Row Status Enum:
Active(1),

NotInService(2),NotReady(3),Crea
teAndGo(4),CreateAndWait(5),Des
troy(6)

Max Integer
Message -1-32768
Length

Max Header
Length

Integer
-1-512

Provisioning = Default Description
Type Value
Read-Only "0"

Mib name:
sbcMessagePolicylndex
Profile name: SIP SBC
Message Policy Profile

Instant "3" Row-Status Textual

Conventions as defined
in RFC 2579: Textual
Conventions for SMiv2
Mib name:
sbcMessagePolicyRowS
tatus

Profile name: SIP SBC
Message Policy Profile

"32768" | Message Policy Table
Max Message Length
Mib name:
sbcMessagePolicyMaxM
essagelength
INI Name:
MESSAGEPOLICY_MA
XMESSAGELENGTH
Profile name: SIP SBC
Message Policy Profile

Instant

Instant "512" | Message Policy Table
Max Header Length

Mib name:
sbcMessagePolicyMaxH
eaderLength

INI Name:
MESSAGEPOLICY_MA
XHEADERLENGTH
Profile name: SIP SBC
Message Policy Profile
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Parameter
Name

Max Body
Length

Max Num
Headers

Max Num
Bodies

Send
Rejection

Method List
Type

Type Provisioning
Type
Integer Instant
-1-1024
Integer Instant
-1-32
Integer Instant
-1-8
Enum: Instant

sipPolicyReject(0),
sipPolicyDrop(1)

Enum: Instant

sipPolicyBlacklist(0),
sipPolicyWhitelist(1)

Default

Value

ll512ll

ll23ll

ll8ll

ll0ll

ll1 n

Description

Message Policy Table
Max Body Length

Mib name:
sbcMessagePolicyMaxB
odyLength

INI Name:
MESSAGEPOLICY_MA
XBODYLENGTH

Profile name: SIP SBC
Message Policy Profile

Message Policy Table
Max Num Headers

Mib name:
sbcMessagePolicyMaxN
umHeaders

INI Name:
MESSAGEPOLICY_MA
XNUMHEADERS
Profile name: SIP SBC
Message Policy Profile

Message Policy Table
Max Num Bodies

Mib name:
sbcMessagePolicyMaxN
umBodies

INI Name:
MESSAGEPOLICY_MA
XNUMBODIES

Profile name: SIP SBC
Message Policy Profile

Message Policy Table
Send Rejection

Mib name:
sbcMessagePolicySend
Rejection

INI Name:
MESSAGEPOLICY_SE
NDREJECTION

Profile name: SIP SBC
Message Policy Profile

Message Policy Table
Method List

Mib name:
sbcMessagePolicyMeth
odListType

INI Name:
MESSAGEPOLICY_ME
THODLISTTYPE
Profile name: SIP SBC
Message Policy Profile
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Parameter
Name

Method List

Body List
Type

Body List

Provisioning
Type

Type

String Instant

Up to 255 chars.

Enum: Instant
sipPolicyBlacklist(0),

sipPolicyWhitelist(1)

String Instant

Up to 255 chars.

Default

Value

ll1ll

Description

Message Policy Table
Method List Type

Mib name:
sbcMessagePolicyMeth
odList

INI Name:
MESSAGEPOLICY_ME
THODLIST

Profile name: SIP SBC
Message Policy Profile

Message Policy Table
Body List Type

Mib name:
sbcMessagePolicyBody
ListType

INI Name:
MESSAGEPOLICY_BO
DYLISTTYPE

Profile name: SIP SBC
Message Policy Profile

Message Policy Table
Body List

Mib name:
sbcMessagePolicyBody
List

INI Name:
MESSAGEPOLICY_BO
DYLIST

Profile name: SIP SBC
Message Policy Profile
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2.34 Frame: SBC Routing Provisioning

2.34.1 Tab: Classification Table

Frame: SBC Routing Provisioning, Tab: Classification Table

Parameter Type Provisioning Default Description
Name Type Value
Index Integer Read-Only "0"
0-500 Mib name:

sbcClassificationindex
INI Name:
CLASSIFICATION_INDE
X

Profile name: SIP SBC
Classification Profile

Classification String Instant Classification Name
Name Up to 20 chars. Mib name:

sbcClassificationClassific
ationName
INI Name:
CLASSIFICATION_CLAS
SIFICATIONNAME
Profile name: SIP SBC
Classification Profile

Row Status Enum: NA "3" | Row-Status Textual
Active(1), Conventions as defined in
NotInService(2),NotReady(3),Cre RFC 2579: Textual
ateAndGo(4),CreateAndWait(5), Conventions for SMIv2
Destroy(6) Mib name:
sbcClassificationRowStat
us
Profile name: SIP SBC
Classification Profile

Source IP Group Integer Instant "-1"  Source IP group ID.

ID -1-31 Mib name:
sbcClassificationSrclPGro
upld
INI Name:
CLASSIFICATION_SRCI
PGROUPID
Profile name: SIP SBC
Classification Profile

Source SRD ID Integer Instant "-1"  Source SRD ID.

-1-4 Mib name:
sbcClassificationSrcSRDI
d
INI Name:
CLASSIFICATION_SRCS
RDID
Profile name: SIP SBC
Classification Profile
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Parameter Type Provisioning Default Description
Name Type Value

Source Address String Instant Source address.

Up to 70 chars. Mib name:
sbcClassificationSrcAddre
ss
INI Name:
CLASSIFICATION_SRCA
DDRESS
Profile name: SIP SBC
Classification Profile

Source String Instant Source username prefix.

Username Prefix Up to 50 chars. Mib name:
sbcClassificationSrcUsern
amePrefix
INI Name:
CLASSIFICATION_SRCU
SERNAMEPREFIX
Profile name: SIP SBC
Classification Profile

Source Host String Instant Source host.

Up to 49 chars. Mib name:
sbcClassificationSrcHost
INI Name:
CLASSIFICATION_SRCH
OSsT
Profile name: SIP SBC
Classification Profile

Destinationt String Instant Destination username

Username Prefix Up to 50 chars. prefix.
Mib name:
sbcClassificationDestUser
namePrefix
INI Name:
CLASSIFICATION _DEST
USERNAMEPREFIX
Profile name: SIP SBC
Classification Profile

Destinationt Host String Instant Destination host.

Up to 49 chars. Mib name:
sbcClassificationDestHost
INI Name:
CLASSIFICATION_DEST
HOST
Profile name: SIP SBC
Classification Profile

Message rowPointer Instant "-1" | Message Condition
Condition Mib name:
sbcClassificationMessage
Condition
INI Name:
CLASSIFICATION_MESS
AGECONDITION
Profile name: SIP SBC
Classification Profile
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2.34.2 Tab: IP-to-IP Routing

Frame: SBC Routing Provisioning, Tab: IP to IP Routing

Parameter Type Provisioning = Default Description
Name Type Value
Index Integer Read-Only "0"
0-999 Mib name:
sbcRoutingIindex
INI Name:
IP2IPROUTING_IN
DEX

Profile name: SIP
SBC IP to IP Profile

Row Status Enum: NA "3" Row-Status Textual
Active(1), Conventions as
NotInService(2),NotReady(3),Crea defined in RFC
teAndGo(4),CreateAndWait(5),Des 2579: Textual
troy(6) Conventions for
SMiv2
Mib name:
sbcRoutingRowStat
us

Profile name: SIP
SBC IP to IP Profile

Source IP Group Integer Instant 1" Source IP group ID.
ID -1-31 Mib name:

sbcRoutingSrclPGr
oupld
INI Name:
IP2IPROUTING_S
RCIPGROUPID
Profile name: SIP
SBC IP to IP Profile

Source String Instant Source username

Username Prefix Up to 50 chars. prefix.
Mib name:
sbcRoutingSrcUser
namePrefix
INI Name:
IP2IPROUTING_S
RCUSERNAMEPR
EFIX
Profile name: SIP
SBC IP to IP Profile

Source Host String Instant Source host.

Up to 49 chars. Mib name:
sbcRoutingSrcHost
INI Name:
IP2IPROUTING_S
RCHOST
Profile name: SIP
SBC IP to IP Profile
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Parameter
Name

Destination
Username Prefix

Destination Host

Destination Type

Destination IP
Group ID

Destination SRD
ID

Type Provisioning
Type
String Instant

Up to 50 chars.

String Instant
Up to 49 chars.

Enum: Instant
ipGroup(0),

dest(1),requestURI(2),enumTransl

ate (3)

Integer Instant
-2-31

Integer Instant
-1-4

Default
Value

Description

Destination
username prefix.
Mib name:
sbcRoutingDestUse
rnamePrefix

INI Name:
IP2IPROUTING_D
ESTUSERNAMEP
REFIX

Profile name: SIP
SBC IP to IP Profile

Destination host.
Mib name:
sbcRoutingDestHos
t

INI Name:
IP2IPROUTING_D
ESTHOST

Profile name: SIP
SBC IP to IP Profile

"0" Destination type.
Mib name:
sbcRoutingDestTyp
e
INI Name:
IP2IPROUTING_D
ESTTYPE
Profile name: SIP
SBC IP to IP Profile

"-1" Destination IP
group ID.
Mib name:
sbcRoutingDestIPG
roupld
INI Name:
IP2IPROUTING_D
ESTIPGROUPID
Profile name: SIP
SBC IP to IP Profile

"1 Destination SRD
ID.
Mib name:
sbcRoutingDestSR
Did
INI Name:
IP2IPROUTING_D
ESTSRDID
Profile name: SIP
SBC IP to IP Profile
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Parameter Type Provisioning
Name Type
Destination String Instant
Address Up to 70 chars.
Destination Port Integer Instant
0-65534
Destination Enum: Instant
Transport Type notConfigured(-1),
udp(0),tcp(1),tls(2)
Alt Route Enum: Instant
Options routeRow(0),
ignorelnputs(1),considerinputs(2)
Request Type Enum: Instant
all(0),

invite(1),register(2),subscribe(3),in
viteAndRegister(4),inviteAndSubsc
ribe(5),options(6)

Default
Value

Description

Destination
Address.

Mib name:
sbcRoutingDestAdd
ress

INI Name:
IP2IPROUTING_D
ESTADDRESS
Profile name: SIP
SBC IP to IP Profile

"0" Destination Port
number.
Mib name:
sbcRoutingDestPor
t
INI Name:
IP2IPROUTING_D
ESTPORT
Profile name: SIP
SBC IP to IP Profile

"-1" Destination
transport type.
Mib name:
sbcRoutingDestTra
nsportType
INI Name:
IP2IPROUTING_D
ESTTRANSPORTT
YPE
Profile name: SIP
SBC IP to IP Profile

"o" Alternative Route
Options.
Mib name:
sbcRoutingAltRoute
Options
INI Name:
IP2IPROUTING_AL
TROUTEOPTIONS
Profile name: SIP
SBC IP to IP Profile

"0" Request Type
Mib name:
sbcRoutingRequest
Type
INI Name:
IP2IPROUTING_R
EQUESTTYPE
Profile name: SIP
SBC IP to IP Profile
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Parameter
Name

Cost Group

Message
Condition

Re Route IP
Group ID

Trigger

Type

rowPointer

rowPointer

Integer
-1-32

Enum:
TriggerAny(0),
Trigger3xx(1),TriggerREFER(2),Tri
gger3xxOrREFER(3), Triggerinitial
only(4)

Provisioning
Type

Instant

Instant

Instant

Instant

Default
Value

ll_1 n

ll_1 n

ll_1 n

ll0ll

Description

sbc Routing cost
group. Thisis a
pointer to the
CostGroup in the
costGroupName
Mib name:
sbcRoutingCostGro
upName

INI Name:
IP2IPROUTING_C
OSTGROUP
Profile name: SIP
SBC IP to IP Profile

Message Condition.
This is a pointer to
the
sbcConditionindex
Mib name:
sbcRoutingMessag
eCondition

INI Name:
IP2IPROUTING_M
ESSAGECONDITI
ON

Profile name: SIP
SBC IP to IP Profile

The ip group id of
redirect/refer
initiator.

Mib name:
sbcRoutingReRout
elPGrouplD

INI Name:
IP2IPROUTING_R
EROUTEIPGROUP
ID

Profile name: SIP
SBC IP to IP Profile

Call Trigger.

Mib name:
sbcRoutingTrigger
INI Name:
IP2IPROUTING_ T
RIGGER

Profile name: SIP
SBC IP to IP Profile
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Parameter Type Provisioning
Name Type
Route Name String Instant

Up to 20 chars.

Group Policy Enum: Instant
none(0), forking(1)

2.34.3 Tab: Alternative Routing Reasons

Default
Value

ll0ll

Description

Route Name

Mib name:
sbcRoutingRouteN
ame

INI Name:
IP2IPROUTING_R
OUTENAME
Profile name: SIP
SBC IP to IP Profile

Group Policy

Mib name:
sbcRoutingGroupP
olicy

INI Name:
IP2IPROUTING_G
ROUPPOLICY
Profile name: SIP
SBC IP to IP Profile

Frame: SBC Routing Provisioning, Tab: Alternative Routing Reasons

Parameter Type Provisioning Type
Name

Index Integer Read-Only
0-4

Default Value Description

ll0ll

Mib name:
sbcAlternativ
eRoutingRea
sonslindex
INI Name:
SBCALTER
NATIVEROU
TINGREAS
ONS_INDEX
Profile
name: SIP
SBC
Alternative
Routing
Reasons
Profile
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Parameter Type Provisioning Type Default Value Description
Name
Row Status Enum: NA "3" Row-Status
Active(1), Textual
NotInService(2),NotReady(3),C Conventions
reateAndGo(4),CreateAndWait( as defined in
5),Destroy(6) RFC 2579:
Textual
Conventions
for SMiIv2
Mib name:
sbcAlternativ
eRoutingRea
sonsRowSta
tus
Profile
name: SIP
SBC
Alternative
Routing
Reasons
Profile
Release Enum: Instant "0" Release
Cause WildCard4xx(4), Cause
WildCardFivexx(5),WildCardSix Mib name:
xx(6),BadRequest(400),Unauth sbcAlternativ
orized(401),PaymentRequired( eRoutingRea
402),Forbidden(403),NotFound sonsRelease
(404),MethodNotAllowed(405), Cause
RequestNotAcceptable(406),Au INI Name:
thenticationRequired(407),Req SBCALTER
uestTimeout(408),Conflict(409), NATIVEROU
Gone(410),RequestToolLarge(4 TINGREAS
13),RequestURIToolLong(414), ONS_RELE
UnsupportedMedia(415),BadEx ASECAUSE
tension(420),ExtensionRequire Profile
d(421),SessionIntervalTooSmal name: SIP
[(423),Unavailable(480),Transa SBC
ctionDoesNotExist(481),LoopD Alternative
etected(482),TooManyHops(48 Routing
3),Addressincomplete(484),Am Reasons
biguous(485),Busy(486),Reque Profile
stTerminated(487),NotAccepta
bleHere(488),RequestPending(
491),Undecipherable(493),Inter
nalError(500),Notimplemented(
501),BadGateway(502),Service
Unavailable(503),ServerTimeo
ut(504),VersionNotSupported(5
05),MessageToolLarge(513),Bu
syEverywhere(600),Decline(60
3),DoesNotExistAnywhere(604)
,SDPNotAcceptable(606),IPPro
fileCallLimit(805),MediaLimitsE
xceeded(806)
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2.34.4 Tab: Condition Table

Frame: SBC Routing Provisioning, Tab: Condition Table

Parameter Type Provisioning  Default Description
Name Type Value
Index Integer Read-Only "0"
0-19 Mib name:

sbcConditionlndex
Profile name: SIP
SBC Routing
Condition Profile

Row Status Enum: NA "3" Row-Status Textual
Active(1), Conventions as
NotInService(2),NotReady(3),CreateAn defined in RFC
dGo(4),CreateAndWait(5),Destroy(6) 2579: Textual
Conventions for
SMiv2
Mib name:
sbcConditionRowSt
atus
Profile name: SIP
SBC Routing
Condition Profile

Rule String Instant Each condition is a
Up to 298 chars. Boolean

expression, up to
298 characters in
length.
Mib name:
sbcConditionRule
INI Name:
CONDITIONTABLE
_CONDITION
Profile name: SIP
SBC Routing
Condition Profile
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2.35 Frame: Security Provisioning

2.35.1 Tab: IPSec Proposal

Frame: Security Provisioning, Tab: IPSec Proposal

Parameter Type Provisioning  Default Description
Name Type Value
Index Integer NA "0" Index Field for line.
0-4 Mib name: acSyslPsecProposallndex
INI Name:
IPSECPROPOSALTABLE_INDEX
Profile name: Not Profiled
IPSec Enable Enum: Offline "0" IPsec Enable flag
No(0), Yes(1) Mib name: acSysIPSecEnable
INI Name: ENABLEIPSEC
Profile name: Not Profiled
Row Status Enum: NA "0" ROWSTATUS Field for line.
Mib name:
acSyslPsecProposalRowStatus
INI Name:
IPSECPROPOSALTABLE_ROWSTATU
S
Profile name: Not Profiled
Strict IKE Enum: Instant "0" Enables or disables certificate extension
certificate disabled(0), checking for IKE.
validation enabled(1) Mib name:
acSyslPSeclKECertificateExtValidate
INI Name:
IKECERTIFICATEEXTVALIDATE
Profile name: Not Profiled
Encryption Enum: Online "0" Selects the encryption (privacy)
Algorithm none(0), algorithm to use.
desCbc(1),triple Mib name:
DesCbc(2),aes(3 acSyslPsecProposalEncryptionAlgorith
) m
INI Name:
IPSECPROPOSALTABLE_ENCRYPTIO
NALGORITHM
Profile name: Not Profiled
Authentication Enum: Online "o" Selects the message authentication
Algorithm none(0), (integrity) algorithm to use.
hmacSha1- Mib name:
96(2),hmacMd5- acSyslPsecProposalAuthenticationAlgori
96(4) thm
INI Name:
IPSECPROPOSALTABLE_AUTHENTIC
ATIONALGORITHM
Profile name: Not Profiled
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Parameter Type Provisioning  Default Description
Name Type Value
DiffieHellman Enum: Online "o" Selects the Diffie-Hellman group to use.
Group group1- Mib name:
768Bits(0), acSyslPsecProposalDiffieHellmanGroup
group2- INI Name:
1024Bits(1) IPSECPROPOSALTABLE_DHGROUP
Profile name: Not Profiled
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2.35.2 Tab: IPSec SA

Parameter
Name

Index

Row Status

Operational
Mode

Remote
Tunnel
Address

Remote
Subnet IP
Address

Remote

Subnet Prefix

Length

Remote
Endpoint
Address

Frame: Security Provisioning, Tab: IPSec SA

Type

Integer
0-20

Enum:

Enum:
Transport(0),
Tunnel(1)

String

Up to 45 chars.

String

Up to 45 chars.

Integer
0-128

String

Up to 98 chars.

Provisioning Default
Type Value

NA ll0ll

NA ll0ll

Online "o"

Online

Online

Online "0"

Online

Description

Index Field for line.

Mib name: acSysIPsecSAlndex

INI Name: IPSECSATABLE_INDEX
Profile name: Not Profiled

ROWSTATUS Field for line.

Mib name: acSysIPsecSARowStatus
INI Name:

IPSECSATABLE_ ROWSTATUS
Profile name: Not Profiled

Selects the IPSec mode of operation.;0 =
Transport mode (default);1 = Tunnel
mode;

Mib name: acSyslIPsecSAlIPsecMode

INI Name:
IPSECSATABLE_IPSECMODE

Profile name: Not Profiled

IP address of the peer router.

Mib name:
acSysIPsecSARemoteTunnelAddress

INI Name:

IPSECSATABLE_ REMOTETUNNELADD
RESS

Profile name: Not Profiled

IP address of the remote subnetwork.

Mib name:
acSysIPsecSARemoteSubnetlPAddress
INI Name:

IPSECSATABLE_ REMOTESUBNETIPAD
DRESS

Profile name: Not Profiled

Prefix length of the Remote Subnet IP
Address parameter (in bits).

Mib name:
acSyslPsecSARemoteSubnetPrefixLengt
h

INI Name:
IPSECSATABLE_REMOTESUBNETPRE
FIXLENGTH

Profile name: Not Profiled

IP address or DNS host name of the peer.
Mib name:
acSyslPsecSARemoteEndpointAddress
INI Name:

IPSECSATABLE_ REMOTEENDPOINTA
DDRESSORNAME

Profile name: Not Profiled
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Parameter Type Provisioning
Name Type
Authentication Enum: Online
Method  presharedKey(0)
RSASigr’mature(1 )

Shared Key String Online
Source Port Integer Online
0-65535
Dest Port Integer Online
0-65535
Protocol Integer Online
0-255
Phase1 Sa Integer Online

Lifetime (Sec) 0-2147483647

Default
Value

ll0ll

ll0ll

ll0ll

ll0ll

ll0ll

Description

Selects the method used for peer
authentication during IKE main mode.
Mib name:
acSysl|PsecSAAuthenticationMethod

INI Name:
IPSECSATABLE_AUTHENTICATIONME
THOD

Profile name: Not Profiled

Defines the pre-shared key (in textual
format).

Mib name: acSysIPsecSASharedKey
INI Name:
IPSECSATABLE_SHAREDKEY
Profile name: Not Profiled

Defines the source port to which this
configuration applies.

Mib name: acSysIPsecSASourcePort
INI Name:
IPSECSATABLE_SOURCEPORT
Profile name: Not Profiled

Defines the destination port to which this
configuration applies.

Mib name: acSysIPsecSADestPort

INI Name: IPSECSATABLE_DESTPORT
Profile name: Not Profiled

Defines the protocol type to which this
configuration applies. Standard IP
protocol numbers should be used, e.g.:;0
= Any protocol (default);17 = UDP;6 =
TCP;

Mib name: acSyslIPsecSAProtocol

INI Name: IPSECSATABLE_PROTOCOL
Profile name: Not Profiled

Determines the duration (in seconds) for
which the negotiated IKE SA (main mode)
is valid. After the time expires, the SA is
re-negotiated.

Mib name:
acSysIPsecSAPhase1SaLifetimelnSec
INI Name:
IPSECSATABLE_PHASE1SALIFETIMEI
NSEC

Profile name: Not Profiled
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Parameter
Name

Provisioning
Type

Type

Phase2 Sa Integer Online

Lifetime (Sec) 0-2147483647

Phase2 Sa Integer Online

Lifetime (KB) 0-2147483647

DPD mode Enum: Online
DPDDisabled(0),
DPDPeriodic(1),
DPDOnDemand(

2)

Interface rowPointer Online

Name

Default
Value

ll0ll

ll0ll

ll0ll

Description

Determines the duration (in seconds) for
which the negotiated IPSec SA (quick
mode) is valid. After the time expires, the
SA is re-negotiated.

Mib name:
acSysIPsecSAPhase2SalifetimelnSec
INI Name:
IPSECSATABLE_PHASE2SALIFETIMEI
NSEC

Profile name: Not Profiled

Determines the maximum volume of traffic
(in kilobytes) for which the negotiated
IPSec SA (quick mode) is valid.

Mib name:
acSys|PsecSAPhase2SalLifetimelnKB

INI Name:
IPSECSATABLE_PHASE2SALIFETIMEI
NKB

Profile name: Not Profiled

Controls dead peer detection (DPD) as
per RFC 3706.

Mib name: acSysIPsecSADPDmode

INI Name: IPSECSATABLE_DPDMODE
Profile name: Not Profiled

Select the OID of the interface name
corresponding to the one appearing in the
interface table.

The OID should be
1.3.6.1.4.1.5003.9.10.10.1.3.1.30.22.1.11.
acSyslnterfacelndex{@}Note: when
ignore a default value will be SET: 0.0
Mib name: acSysIPsecSAlnterfaceName
INI Name:
IPSECSATABLE_INTERFACENAME
Profile name: Not Profiled
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2.36 Frame: SIP Allowed Audio Coder Provisioning

2.36.1 Tab: General Settings

Frame: SIP Allowed Audio Coder Provisioning, Tab: General Settings

Parameter Type
Name
Name Enum:
g7231(0),

g711Alaw64k(1),9711Ulawb4k(2),g729(3),9
726(5),g726r16(6),9726r24(7),9726r32(8),9
726r40(9),netCoder8(10),netCoder6-
4(11),netCoder7-2(12),netCoder8-
8(13),gWTransparent(14),9729AnnexB(17),
eVRC(22),amr(23),gsm-fr(24),gsm-
ms(25),GsmEfr(26),ILBC(27),QCELP(28),T3
8(29),9711Alaw64k-VBD (30),g711Ulaw64k-
VBD (31),EVRC-B(32),G722(33),AMR-
WB(34),eg711Alaw(35),eg711Ulaw(36),
g7291(37),v1501mr(38),ms-rta-nb(39),wb-
rta(40),Speex-NB(41),Speex-WB(42),silk-
nb(43),silk-wb(44),invalideCoder(99)

Provisioning Type Default
Value

Description

"0" | allowed
Coders Group
name.

Mib name:
allowedCoders
GroupName
INI Name:
ALLOWEDCO
DERSGROUP
_NAME
Profile name:
Not Profiled

Instant

2.37 Frame: SIP Allowed Video Coder Provisioning

2.37.1 Tab: General Settings

Frame: SIP Allowed Video Coder Provisioning, Tab: General Settings

Parameter Type Provisioning Default Description
Name Type Value
Name String Instant allowed Video Coders Group name.
Up to 24 chars. Mib name: allowedVideoCodersGroupName
INI Name:
ALLOWEDVIDEOCODERSGROUP_NAME
Profile name: Not Profiled
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2.38 Frame: SIP Coder Provisioning

2.38.1 Tab: General Settings

Frame: SIP Coder Provisioning, Tab: General Settings

Parameter Type Provisioning Type
Name
Name Enum: Instant
g7231(0),

g711Alaw64k(1),9711Ulawb4k(
2),9729(3),9726(5),g726r16(6),
g726r24(7),g726r32(8),9g726r40
(9),netCoder8(10),netCoder6-
4(11),netCoder7-
2(12),netCoder8-
8(13),gWTransparent(14),9729
AnnexB(17),eVRC(22),amr(23),
gsm-fr(24),gsm-
ms(25),GsmEfr(26),ILBC(27),Q
CELP(28),T38(29),g711Alaw64
k-VBD (30),g711Ulaw64k-VBD
(31),EVRC-
B(32),G722(33),AMR-
WB(34),eg711Alaw(35),eg711
Ulaw(36),
g7291(37),v1501mr(38),ms-rta-
nb(39),wb-rta(40),Speex-
NB(41),Speex-WB(42),silk-
nb(43),silk-
wb(44),invalideCoder(99)

Packetization Integer Instant
Time 0-4294967295

Rate Integer Instant
0-64000

Default Description
Value

"0" Coders Group
name.
Mib name:
codersGroupNam
e
INI Name:
CODERSGROUP
_NAME
Profile name: Not
Profiled

"o" Coders Group
packetization
time.

Mib name:
codersGroupPack
etizationTime

INI Name:
CODERSGROUP
_PTIME

Profile name: Not
Profiled

"o" Coders Group
rate.
Mib name:
codersGroupRate
INI Name:
CODERSGROUP
_RATE
Profile name: Not
Profiled
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Parameter
Name

Payload Type

Silence
Suppression

Type

Integer
-1-127

Enum:

Disable(0),

Enable(1),EnableAdaptations(2

Provisioning Type Default Description
Value

Instant "-1" | Coders Group
payload type.
Mib name:
codersGroupPayl
oadType
INI Name:
CODERSGROUP
_PAYLOADTYPE
Profile name: Not
Profiled

Instant "o" Coders Group
silence
suppression.

Mib name:
codersGroupSilen
ceSuppression

INI Name:
CODERSGROUP
_SCE
Profile name: Not
Profiled
2.39 Frame: SIP Definition Provisioning
2.39.1 Tab: General Settings
Frame: SIP Definition Provisioning, Tab: General Settings
Parameter Type Provisioning Type Default Description
Name Value
Gateway Name String Instant Gateway name
Up to 49 chars. Mib name:
sipMiscGatewayNa
me
INI Name:
SIPGATEWAYNAM
E
Profile name: Not
Profiled
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Parameter
Name

CAS
Configuration
Enable

Sip Session
Expires

Enable Early
Media

Type

Enum:
disable(0), enable(1)

Integer
0-86400

Enum:
No(0), Yes(1)

Provisioning Type

Offline

Instant

Instant

Default
Value

ll0ll

ll0ll

ll0ll

Description

This parameter
enables or disables
the possibility CAS
protocol
configuration. At
TP6310 When this
parameter is enable
the conference will
disabled in case it's
relevant.

{@}0=
Disable{@}1 =
Enable

Mib name:
acCasConfigEnable
INI Name:
CASPROTOCOLE
NABLE

Profile name:
Digital SIP Protocol
Definitions

The SIP session
will be refreshed
(using INVITE)
each time this timer
expires (seconds)
Mib name:
sipMiscSipSession
Expires

INI Name:
SIPSESSIONEXPI
RES

Profile name:
Digital SIP Protocol
Definitions

Enable Early Media
Mib name:
sipMiscEnableEarly
Media

INI Name:
ENABLEEARLYME
DIA

Profile name:
Digital SIP Protocol
Definitions
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Parameter Type Provisioning Type Default Description
Name Value
Channel Enum: Instant "o" Default method to
Selection Mode| ByDestPhoneNumber(0), use for trunk B-
CyclicAscending(1),Ascen channel allocation
dingAlways(2),CyclicDesc (IP to Tel calls)
ending(3),DescendingAlwa Mib name:
ys(4),ByDestinationPhone channelsSettingSel
NumberCyclicAscending(5 ectMode
),BySourcePhoneNumber( INI Name:
6), TrunkCyclicAscending(7 CHANNELSELECT
), TrunkAndChannelCyclic MODE
Ascending(8),RingToHunt Profile name:
Group(9),SelectTrunkByS Digital SIP Protocol
uppelmentaryServicesTabl Definitions
e(10),destNumberAndAsc
ending(11)
Fax Used Enum: Instant "0" Enable T.38 Fax
NoFax(0), signaling
t38(1),9711(2),fallBack(3) Mib name:
misclsFaxUsed
INI Name:
ISFAXUSED
Profile name:
Digital SIP Protocol
Definitions
Session Enum: Instant "o" Determines the
Expires Method invite(0), update(1) Method which the
SIP session will be
using to referesh
the session.
Mib name:
sipMiscSessionExpi
resMethod
INI Name:
SESSIONEXPIRES
METHOD
Profile name:
Digital SIP Protocol
Definitions
Minimal Integer Instant "90" Minimal value for
Session 10-100000 session refresh
Refresh Value Mib name:
sipMiscMinSE
INI Name: MINSE
Profile name:
Digital SIP Protocol
Definitions
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Parameter
Name

Use SIP URI
For Diversion
Header

Forking

Type

Enum:
tel(0), sip(1)

Enum:

Handling Mode Sequential(0), Parallel(1)

Offer
Unencrypted
SR TCP

Enum:

Disable(0), Enable(1)

Provisioning Type

Instant

Instant

Instant

Default
Value

ll0ll

ll0ll

ll0ll

Description

Use Tel uri or Sip
uri for Diversion
header

Mib name:
sipMiscUseSIPURI
ForDiversionHeade
r

INI Name:
USESIPURIFORDI
VERSIONHEADER
Profile name:
Digital SIP Protocol
Definitions

Decides the
handling method to
18X response to
forking

0 - Parallel handling
- only the first 18X
response is
handled{@}1 -
Sequential handling
- all the 18X
responses are
handled

Mib name:
sipMiscForkingHan
dlingMode

INI Name:
FORKINGHANDLI
NGMODE

Profile name:
Digital SIP Protocol
Definitions

If setto 1, the
'crypto' attribute
includes the
UNENCRYPTED_S
RTCP parameter. If
set to 1, the
UNENCRYPTED_S
RTCP parameter is
not included.

Mib name:
sipMiscOfferUnencr
yptedSRTCP

INI Name:
OFFERUNENCRY
PTEDSRTCP
Profile name:
Digital SIP Protocol
Definitions
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Parameter
Name

Type

Source Number
Preference

String
Up to 10 chars.

IPv6

Media IP
Version
Preference

Enum:
onlylPv4(0),
onlylPv6(1),preferlPv4(2),
preferlPv6(3)

Provisioning Type

Instant

Instant

Default
Value

ll0ll

Description

Determines from
where the source
number shall be
taken from (in an
incoming INVITE
request).
Parameter
values:{@} - NULL:
no changes in
current logic{@}-
FROM: source
number is taken
from 'FROM' field
Mib name:
sipMiscSourceNum
berPreference

INI Name:
SOURCENUMBER
PREFERENCE
Profile name:
Digital SIP Protocol
Definitions

Select the preferred
Media IP version.
Mib name:
gwlPvbMedialPVer
sionPreference

INI Name:
MEDIAIPVERSION
PREFERENCE
Profile name:
Digital SIP Protocol
Definitions
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2.39.2 Tab: Advanced Settings 1

Parameter
Name

Disconnect
On Detection
End Tones

Disconnect
On Detection
Of Silence

Enable Busy
Out

Secure Call
From IP

Static NAT IP

Address

Type

Enum:
No(0), Yes(1)

Enum:
No(0), Yes(1)

Enum:
No(0), Yes(1)

Enum:
Disable(0),

SecurelncomingCalls(1),
SecureAllCalls(2)

String

Provisioning Type Default
Value

Instant "

Offline "0"

Instant "o"

Instant "o"

Offline "

Frame: SIP Definition Provisioning, Tab: Advanced Settings 1

Description

Release call if gateway
receives busy or fast busy
tone before the call is
answered

Mib name:
miscDisconnectOnBusyTone
INI Name:
DISCONNECTONBUSYTON
E

Profile name: Digital SIP
Protocol Definitions

Disconnect calls on a
configured silence timeout
Mib name:
miscDisconnectOnSilence
INI Name:
ENABLESILENCEDISCONN
ECT

Profile name: Digital SIP
Protocol Definitions

Take trunks out of service in
case of LAN down

Mib name:
miscEnableBusyOut

INI Name:
ENABLEBUSYOUT

Profile name: Digital SIP
Protocol Definitions

Gateway will either only
accept calls from IP
addresses that are defined in
the Tel to IP Routing table
(1) or handle all calls from/to
IP addresses that are
defined in the Tel to IP
Routing table (2)

Mib name:
miscSecureCallsFromlp

INI Name:
SECURECALLSFROMIP
Profile name: Digital SIP
Protocol Definitions

static NAT IP, to be
supported by the gateway
Mib name: miscStaticNATIP
INI Name: STATICNATIP
Profile name: Digital SIP
Protocol Definitions

OAMP Guide

212

Document #: LTRT-32128



OAMP Guide

2. Provisioning Parameters

Parameter
Name

Silence

Detection
Time Out

Subject

Use SIP
TGRP

Send 180 For

Call Waiting

User Agent
Display Info

Provisioning Type Default
Value

Type

Integer Offline "120"

10-28800

String Instant "0"

Up to 49 chars.

Enum: Instant "o"
Disable (0), SendOnly

(1),SendAndReceive

(2),Hotline(3),HotlineExte

nded(4)

Enum: Instant "o"

Disable(0), Enable(1)

String Instant

Up to 50 chars.

Description

Defines the Silence period to
be detected.

Mib name:
miscSilenceDisconnectTime
out

INI Name:
FARENDDISCONNECTSILE
NCEPERIOD

Profile name: Digital SIP
Protocol Definitions

User-defined sip subject
Mib name: sipMiscSubject
INI Name: SIPSUBJECT
Profile name: Digital SIP
Protocol Definitions

Use TGRP parameter O -
disable [Default] , 1 - send
only, 2 - send and use if in
the RequestURI when
receiving INVITE, 3 - Hotline,
4 - Extended Hotline (tgrp
added both to Contact
header and to RequestURI
header)

Mib name:
sipMiscUseSIPTgrp

INI Name: USESIPTGRP
Profile name: Digital SIP
Protocol Definitions

Send 180 for call waiting.
Used for parties that do not
support 182.

Mib name:
sipMiscSend180F orCallWaiti
ng

INI Name:
SEND180FORCALLWAITIN
G

Profile name: Digital SIP
Protocol Definitions

String that will be displayed
in the SIP Header 'User-
Agent' or 'Server'

Mib name:
sipMiscUserAgentDisplayInf
o]

INI Name:
USERAGENTDISPLAYINFO
Profile name: Digital SIP
Protocol Definitions
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Parameter Type Provisioning Type Default
Name Value
Enable GRUU Enum: Instant "0"

Disable(0), Enable(1)

DNS Query Enum: Instant "0"
Type ARecord(0),
SRV(1),NAPTR(2)

Enable Enum: Instant "o"
History Info = Disable(0), Enable(1)

Enable TCP Enum: Instant """
Connection = Disable(0), Enable(1)
Reuse
Comfort Enum: Instant "
Noise Disable(0), Enable(1)
Negotiation

Description

Obtain and use GRUU
(Global Routable
UserAgentURIs)

Mib name:
sipMiscEnableGRUU

INI Name: ENABLEGRUU
Profile name: Digital SIP
Protocol Definitions

DNS Query Type: 0-
ARecord, 1-SRV, 2-NAPTR..
Has effect on every DNS
query in the system

Mib name:
sipMiscDNSQueryType

INI Name:
DNSQUERYTYPE

Profile name: Digital SIP
Protocol Definitions

Enable History-Info header
support

Mib name:
sipMiscEnableHistorylnfo
INI Name:
ENABLEHISTORYINFO
Profile name: Digital SIP
Protocol Definitions

Enable reuse of TCP
connection

Mib name:
sipMiscEnableTCPConnectio
nReuse

INI Name:
ENABLETCPCONNECTION
REUSE

Profile name: Digital SIP
Protocol Definitions

is CN payload type is used
and being negotiate

Mib name:
sipMiscComfortNoiseNegotia
tion

INI Name:
COMFORTNOISENEGOTIA
TION

Profile name: Digital SIP
Protocol Definitions
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Parameter Type Provisioning Type Default
Name Value
Multi Ptime Enum: Instant "o"
Format None(0),
PacketCable(1)
RTP Only Enum: Instant "0"
Mode Disable(0),

TransmitNReceive(1),Tra
nsmitOnly(2),ReceiveOnl

y(3)
Enable Enum: Instant "
Reason Disable(0), Enable(1)
Header
3xx Behavior Enum: Instant "o"

Forward(0), Redirect(1)

Description

Format of multiple ptime
(ptime per coder) in outgoing
SDP

Mib name:
sipMiscMultiPtimeFormat

INI Name:
MULTIPTIMEFORMAT
Profile name: Digital SIP
Protocol Definitions

On RTP only mode their is
no signalling protocol (for
media parameters
negotiation with the remote
side). The channel is open
immediately. The IP for the
media is taken from the
routing table. The RTP ports
are corresponding to the
local side ports.

RTP-Only mode
Values:{@]}O0 - regular call
establishment{@}1 - No
Signalling. The RTP channel
open for Rx And Tx{@}2- No
Signalling. The RTP channel
open only for Tx{@}3 - No
Signalling. The RTP channel
open only for Rx

Mib name:
sipMiscRTPOnlyMode

INI Name: RTPONLYMODE
Profile name: Digital SIP
Protocol Definitions

Enable Reason header in the
outgoing messages

Mib name:
sipMiscEnableReasonHeade
r

INI Name:
ENABLEREASONHEADER
Profile name: Digital SIP
Protocol Definitions

3xx response behavior:
Forwarding behavior - use
different call
identifiers{@}Redirect
behavior - use the same call
identifiers: From, To And
CalllD

Mib name:
sipMisc3xxBehavior

INI Name: 3XXBEHAVIOR
Profile name: Digital SIP
Protocol Definitions
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Parameter Type
Name
Enable Semi Enum:
Attended Disable(0), Enable(1)
Transfer
Enable Enum:
VMURI Disable(0), Enable(1)
Use URL In Enum:
Refer To Disable(0), Enable(1)
Header
SDP Session String
Owner Up to 39 chars.

Provisioning Type Default

Value
Instant "o"
Instant "o"
Instant "o"
Instant "Audiocode

sGW"

Description

Semi-Attended Transfer
when the session to the
Target is not established.
false - Use REFER with
Replaces.{@}true - Use
CANCEL and REFER
without Replaces if session
is not established

Mib name:
sipMiscEnableSemiAttended
Transfer

INI Name:
ENABLESEMIATTENDEDT
RANSFER

Profile name: Digital SIP
Protocol Definitions

Enable History-Info header
support

Mib name:
sipMiscEnableVMURI

INI Name: ENABLEVMURI
Profile name: Digital SIP
Protocol Definitions

If enabled, we will use URI
from To/From headers in
Refer-To header. If disabled,
we will take the URI from
Contact

Mib name:
sipMiscUseAORInReferToH
eader

INI Name:
USEAORINREFERTOHEAD
ER

Profile name: Digital SIP
Protocol Definitions

The SDP owner string

Mib name:
sipMiscSDPSessionOwner
INI Name:
SIPSDPSESSIONOWNER
Profile name: Digital SIP
Protocol Definitions
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Parameter
Name

Options User
Part

Application
Profile

T38

Ip2lp Transfer
Mode

Service
Domain

Type

String
Up to 30 chars.

Integer
0-2000000

Enum:

Disable(0), Enable(1)

Enum:

Disable(0), Enable(1)

Provisioning Type Default
Value

Instant "

Offline "0"

Instant "o"

Instant "0"

Description

Allow to configure the
OPTIONS userpart string for
all gateways.

The default value should be
empty string which means
that we don't use this
parameter. Another special
value is "empty" which
means that the we don't
populate the user part of the
OPTIONS request
URL{@}Any other value will
be taken as is and used as
the user part of the
OPTIONS request URI.

Mib name:
sipMiscOPTIONSUserPart
INI Name:
OPTIONSUSERPART
Profile name: Digital SIP
Protocol Definitions

ApplicationProfile, read it
later for validating that the
board is theirs.

Mib name:
sipMiscApplicationProfile
INI Name:
APPLICATIONPROFILE
Profile name: Digital SIP
Protocol Definitions

IP2IP Transfer Mode.
Mib name:
misclp2lpXferMode

INI Name:
IP2IPTRANSFERMODE
Profile name: Digital SIP
Protocol Definitions

Specifies ENUM domain
using for ENUM resolution.
Default value = 0 means the
using of e164.arpa; value = 1
- use nrenum.net

Mib name:
miscENUMServiceDomain
INI Name: ENUMSERVICE
Profile name: Digital SIP
Protocol Definitions
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Parameter Type Provisioning Type Default
Name Value

T38 Use RTP Enum: Instant "o"
Port Disable(0), Enable(1)

T38 Max Integer Instant "122"
Datagram 122-1024
Size

T38 Fax Max Integer Instant "1024"
Buffer Size 500-3000

SIP T38 Enum: Instant 1"
Version NotConfigured(-1),
Version0(0),Version3(3)

T38 Fax Sess Enum: Instant "0"
Imm Start Disable(0),
EnableOnFaxInSDP(1),E
nableOnBothFaxAndVoic
elnSDP(2)

Digital
Settings

RFC 2833 Integer Online "0"
Payload Type 96-127

Description

T.38 packets will be received
on RTP port

Mib name:
miscT38UseRTPPort

INI Name:
T38USERTPPORT

Profile name: Digital SIP
Protocol Definitions

T.38 coder - Max Datagram
Size

Mib name:
miscT38MaxDatagramSize
INI Name:
T38MAXDATAGRAMSIZE
Profile name: Digital SIP
Protocol Definitions

Defines the fax max buffer
size in T38 SDP negotiation.
Mib name:
miscT38FaxMaxBufferSize
INI Name:
T38FAXMAXBUFFERSIZE
Profile name: Digital SIP
Protocol Definitions

SIP T38 Version

Mib name:
miscSIPT38Version

INI Name: SIPT38VERSION
Profile name: Digital SIP
Protocol Definitions

T38 Fax Session Immediate
Start (Fax behind NAT).
Mib name:
miscT38FaxSessImmStart
INI Name:
T38FAXSESSIONIMMEDIA
TESTART

Profile name: Digital SIP
Protocol Definitions

control the RFC 2833 Relay
RTP Payload type.

Mib name:
miscRFC2833PayloadType
INI Name:
RFC2833TXPAYLOADTYPE
Profile name: Digital SIP
Protocol Definitions
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Value

ll0ll

ll0ll

Parameter Type Provisioning Type Default
Name
Is CISCO Sce Enum: Instant
Mode Disable(0), Enable(1)
SIP 183 Enum: Instant
Behaviour | Disable(0), Enable(1)

Use To Enum: Instant
Header As | Disable(0), Enable(1)
Called Num
Use EP Enum: Instant
Numbuer As | Disable(0), Enable(1)
Calling
Number Tel to
IP
Use EP Enum: Instant
Number As | Disable(0), Enable(1)
Calling
Number IP to
Tel

ll0ll

ll0ll

ll0ll

Description

In use with G.729 - if
enabled and SCE=2 then
AnnexB=no

Mib name:
misclsCiscoSceMode

INI Name:
ISCISCOSCEMODE
Profile name: Digital SIP
Protocol Definitions

If this parameter set to 1,
ALERT to ISDN will be sent
upon 183 receive

Mib name:
sipMiscSIP183Behaviour
INI Name:
SIP183BEHAVIOUR
Profile name: Digital SIP
Protocol Definitions

Use the user part of To
header URL as called
number (IP->TEL)

Mib name:
sipMiscUseToHeaderAsCall
edNum

INI Name:
ISUSETOHEADERASCALL
EDNUMBER

Profile name: Digital SIP
Protocol Definitions

Use EndPoint Number As
Calling Number Tel2IP

Mib name:
sipMiscUseEPNumAsCalling
NumTel2IP

INI Name:
USEEPNUMASCALLINGNU
MTEL2IP

Profile name: Digital SIP
Protocol Definitions

Use EndPoint Number As
Calling Number IP2Tel

Mib name:
sipMiscUseEPNumAsCalling
NumlIP2Tel

INI Name:
USEEPNUMASCALLINGNU
MIP2TEL

Profile name: Digital SIP
Protocol Definitions
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2.39.3 Tab: Advanced Settings 2

Frame: SIP Definition Provisioning, Tab: Advanced Settings 2

Parameter Name

T1 RTX

T2 RTX

Max RTX

Is RTX Enable

Type

Integer
100-4000

Integer
100-10000

Integer
1-30

Enum:
No(0), Yes(1)

Provisioning Type Default

Instant

Instant

Instant

Instant

Value

ll500ll

"4000"

ll7ll

ll1 n

Description

SIP T1 timeout
for
retransmission
Mib name:
sipRetransmissi
onT1Rtx

INI Name:
SIPT1RTX
Profile name:
Digital SIP
Protocol
Definitions

SIP T2 timeout
for
retransmission
Mib name:
sipRetransmissi
onT2Rtx

INI Name:
SIPT2RTX
Profile name:
Digital SIP
Protocol
Definitions

Maximum
number of
retransmissions
Mib name:
sipRetransmissi
onSipMaxRitx
INI Name:
SIPMAXRTX
Profile name:
Digital SIP
Protocol
Definitions

is Rtx timer
enabled

Mib name:
sipRetransmissi
onlsRtxEnable
INI Name:
ISRTXENABLE
Profile name:
Digital SIP
Protocol
Definitions
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Parameter Name Type Provisioning Type Default  Description
Value

Retry After Time Integer Instant "0" Retry After time
0-3600 for the proxy to

be in state
Unavailable
Mib name:
sipRetransmissi
onRetryAfterTim
e
INI Name:
RETRYAFTERT
IME
Profile name:
Digital SIP
Protocol
Definitions

TCP Timeout Integer Instant "0" | SIP TCP time
0-60 out (influence

timerB and
Timer F)
Mib name:
sipRetransmissi
onTCPTimeout
INI Name:
SIPTCPTIMEO
uT
Profile name:
Digital SIP
Protocol
Definitions

Enable P Time Enum: Instant """ is ptime
Disable(0), Enable(1) parameter

needed in sdp
Mib name:
sipRetransmissi
onEnablePTime
INI Name:
ENABLEPTIME
Profile name:
Digital SIP
Protocol
Definitions
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Parameter Name

P Asserted User
Name

Enable P Charging
Vector

Enable P
Associated URI
Header

Type

String
Up to 50 chars.

Enum:
Disable(0), Enable(1)

Enum:
Disable(0), Enable(1)

Provisioning Type Default

Instant

Instant

Instant

Value

ll0ll

ll0ll

Description

Digit pattern
used to indicate
Call Forward on
Do Not Disturb
(PBX to
VoiceMail)

Mib name:
sipMiscPAsserte
dUserName

INI Name:
PASSERTEDUS
ERNAME
Profile name:
Digital SIP
Protocol
Definitions

Generate P-
Charging-Vector
header

[0] -
disabled{@}[1] -
enabled

Mib name:
sipMiscEnableP
ChargingVector
INI Name:
ENABLEPCHAR
GINGVECTOR
Profile name:
Digital SIP
Protocol
Definitions

Handles the P-
Associated-URI
header in a
2000K
response for a
REGISTER
request

Mib name:
sipMiscEnableP
AssociatedURIH
eader

INI Name:
ENABLEPASSO
CIATEDURIHEA
DER

Profile name:
Digital SIP
Protocol
Definitions
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Parameter Name

Enable RPI Header

Add Ton 2 RPI

Is User Phone

Type

Enum:
No(0), Yes(1)

Enum:

Disable(0), Enable(1)

Enum:
No(0), Yes(1)

Provisioning Type Default

Instant

Instant

Instant

Value

ll0ll

ll1ll

ll1 n

Description

Enable Remote-
Party-ID header
Mib name:
sipMiscEnableR
piHeader

INI Name:
ENABLERPIHE
ADER

Profile name:
Digital SIP
Protocol
Definitions

Add Number
Type and Plan
to Remote-
Party-ID header
Mib name:
sipMiscAddTon2
Rpi

INI Name:
ADDTONZ2RPI
Profile name:
Digital SIP
Protocol
Definitions

Add
User=Phone
parameter to
SIP URL

Mib name:
sipMisclsUserPh
one

INI Name:
ISUSERPHONE
Profile name:
Digital SIP
Protocol
Definitions
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Parameter Name Type Provisioning Type Default

Value

Description

Prack Mode Enum:
Disabled(0),
Supported(1),Required(2)

X Channel Header Enum:
Disable(0), Enable(1)

Asserted ID Mode Enum:
NoHeaderAdded(0),
PAssertedldRFC3325(1),PPref
erreddldRFC3325(2)

Instant

Instant

Instant

ll1ll

ll0ll

ll0ll

PRACK
mechanism
mode for 1XX
reliable
responses: 0-
Disabled , 1-
Supported , 2-
Required

Mib name:
sipMiscPrackMo
de

INI Name:
PRACKMODE
Profile name:
Digital SIP
Protocol
Definitions

0 (default): No
special header
1:Add special
header for trunk
and B-Channel
Mib name:
sipMiscXChann
elHeader

INI Name:
XCHANNELHE
ADER

Profile name:
Digital SIP
Protocol
Definitions

Select Asserted
Identity header
method

Mib name:
sipMiscAsserted
IDMode

INI Name:
ASSERTEDIDM
ODE

Profile name:
Digital SIP
Protocol
Definitions
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Parameter Name

Is User Phone In
From

Enable CIC

ISub Number Of
Digits

Type Provisioning Type Default  Description
Value

Enum: Instant "o" Add

Disable(0), Enable(1) 'User=Phone' to
From header
Mib name:
sipMisclsUserPh
onelnFrom
INI Name:
ISUSERPHONE
INFROM
Profile name:
Digital SIP
Protocol
Definitions

Enum: Instant "0" Enables CIC ->

No(0), Yes(1) ISDN TNS IE
interworking
Mib name:
sipMiscEnableCl
C
INI Name:
ENABLECIC
Profile name:
Digital SIP
Protocol
Definitions

Integer Instant "0" Number of digits
0-36 that will be taken

from end of
phone number
as Subaddress
Mib name:
sipMisclSubNu
mberOfDigits
INI Name:
ISUBNUMBERO
FDIGITS
Profile name:
Digital SIP
Protocol
Definitions
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Parameter Name Type Provisioning Type Default  Description
Value

Enables Detection Enum: Instant "o" Start T.38 fax
of FAX on Answer Disable(0), Enable(1) procedure after
Tone fax answer tone

detection or
after HDLC
preamble signal
detection
Mib name:
miscDetFaxOnA
nswerTone
INI Name:
DETFAXONAN
SWERTONE
Profile name:
Digital SIP
Protocol
Definitions

Default Release Integer Instant "1" | The release
Cause 1-128 cause that will

be sent to IP or
to Tel when
gateway initiates
release by itself
Mib name:
miscDefaultRele
aseCause
INI Name:
DEFAULTRELE
ASECAUSE
Profile name:
Digital SIP
Protocol
Definitions

Enable Fax Enum: Instant "0" Enable rerouting

Rerouting Disable(0), Enable(1) of FAX calls to
FAX destination
Mib name:
miscEnableFax
Rerouting
INI Name:
ENABLEFAXRE
ROUTING
Profile name:
Digital SIP
Protocol
Definitions
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Parameter Name

Maximum
Concurrent Calls

Disconnect Calls on
Broken Connection

Max Call Duration

Type Provisioning Type Default  Description
Value
Integer Instant "0" | Limit the number
1-20000 of calls that the

gateway can
handle at the
same time

Mib name:
resourceManag
ementMaxActive
Calls

INI Name:
MAXACTIVECA
LLS

Profile name:
Digital SIP
Protocol
Definitions

Enum: Instant " Disconnect calls

Disable(0), Enable(1) on receiving
RTP broken
notification
Mib name:
resourceManag
ementDisconnec
tOnBrokenConn
ection
INI Name:
DISCONNECTO
NBROKENCON
NECTION
Profile name:
Digital SIP
Protocol
Definitions

Integer Instant "0" Limit the call
0-35791 time duration
(minutes); 0 =
no limit
Mib name:
resourceManag
ementMaxCallD
uration
INI Name:
MAXCALLDUR
ATION
Profile name:
Digital SIP
Protocol
Definitions
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Parameter Name Type

Time Out Integer

1-30000

Indications Enum:
None(0),
AuthorizeAndAuthenticate(1),F
ullReport(2),AccountingOnly(3)

Radius Accounting Enum:
Type release(0),
connectAndRelease(1),setupA
ndRelease(2)

Instant

Instant

Instant

Provisioning Type Default

Value

"10000"

ll0ll

ll0ll

Description

Amd Detection
Timeout

Mib name:
aMDTimeOut
INI Name:
AMDTIMEOUT
Profile name:
Digital SIP
Protocol
Definitions

Which
Authentication,
Authorization
and Accounting
indications to
use

Mib name:
aaalndications
INI Name:
AAAINDICATIO
NS

Profile name:
Digital SIP
Protocol
Definitions

When will
Radius
Acounting
messages be
sent

Mib name:
aaaRadiusAcco
untingType

INI Name:
RADIUSACCOU
NTINGTYPE
Profile name:
Digital SIP
Protocol
Definitions
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Parameter Name Type Provisioning Type Default  Description
Value

Mutual Enum: Instant "o" Mutual

Authentication Mode  Optional(0), Mandatory(1) Authentication
Mode: O -
Optional, 1 -
Mandatory
Mib name:
sipAuthMutualA
uthenticationMo
de
INI Name:
MUTUALAUTH
ENTICATIONM
ODE
Profile name:
Digital SIP
Protocol
Definitions
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Parameter Name Provisioning Type Default

Value

Type

Enum: Instant "o"
NoCaching(0),

InviteOnly(1),FullCaching(2)

Challenge Caching
Mode

Description

0. No caching
mode ? don't
cache any
challenges.
Every new
request will be
sent without
preliminary
authorization. If
the request is
challenged ?
new request
with
authorization
data will be sent.
1. Cache for
INVITE mode ?
challenges
issued for
INVITE request
and within the
session will be
cached. This will
prevent the
mixture of
REGISTER and
INVITE
authorizations.{
@}2. Full cache
mode ? cache
any challenges
from the
proxies.{@}
Mib name:
sipAuthChalleng
eCachingMode
INI Name:
SIPCHALLENG
ECACHINGMO
DE

Profile name:
Digital SIP
Protocol
Definitions
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Parameter Name

IP Alert Timeout

PSTN Alert Timeout

Enable Contact
Restriction

Type Provisioning Type Default
Value
Integer Instant "180"
0-3600
Integer Instant "180"
1-600
Enum: Instant "0"

Disable(0), Enable(1)

Description

Maximal time to
wait for connect
from IP
(seconds)

Mib name:
acTimerslPAlert
Timeout

INI Name:
IPALERTTIMEO
uT

Profile name:
Digital SIP
Protocol
Definitions

Max time (in
seconds) to wait
for connect from
PSTN

Mib name:
acTimersPSTNA
lertTimeout

INI Name:
PSTNALERTTI
MEOUT

Profile name:
Digital SIP
Protocol
Definitions

Hides the user
part of the URI
in the Contact
Header

0 - Disable{@}1
- Enable

Mib name:
sipMiscEnableC
ontactRestriction
INI Name:
ENABLECONTA
CTRESTRICTIO
N

Profile name:
Digital SIP
Protocol
Definitions
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Parameter Name Type Provisioning Type Default
Value
Enable Digit Enum: Offline "0"
Delivery To IP Disable(0), Enable(1)
Fax CNG Mode Enum: Instant "0"

Disable(0), Enable(1)

AAS Packages Enum: Offline
TD-51standard(0), H-248-
9standard(1),MGCP-Packet-
Cable(2),SIP-MSCML(3)

ll0ll

Description

Enable
automatic digit
delivery to IP
side after call is
connected

Mib name:
routingEnableDi
gitDelivery2IP
INI Name:
ENABLEDIGITD
ELIVERY2IP
Profile name:
Digital SIP
Protocol
Definitions

Enables sending
of Relnvite on
detection of FAX
CNG tone when
CNGDetectorMo
de=1

Mib name:
miscFaxCNGMo
de

INI Name:
FAXCNGMODE
Profile name:
Digital SIP
Protocol
Definitions

Selects the
profile for the
Advanced Audio
Syntax
specification.
{@}0 = TD-51
standard{@}1 =
H.248.9
standard{@}2 =
MGCP Packet
Cable{@}3 =
SIP MSCML
Mib name:
acMCProfileAAS
Packages

INI Name:
AASPACKAGE
SPROFILE
Profile name:
Digital SIP
Protocol
Definitions
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Parameter Name Type Provisioning Type Default  Description
Value

Graceful Busy Out Integer Instant "0"  Graceful Busy

Timeout 0-3600 Out Timeout in

seconds. Sets
the time before
a busy out
signal will be
sent to a trunk
even if there are
still active calls
on the trunk.
Mib name:
miscGracefulBu
syOutTimeout
INI Name:
GRACEFULBU
SYOUTTIMEOU
T

Profile name:
Digital SIP
Protocol
Definitions

Reliable Connection Enum: Instant "o" if set to 1 - All
Persistent Mode Disable(0), Enable(1) TCP/TLS

connections will
be set as
persistent and
will not be
released
Mib name:
miscReliableCo
nnectionPersiste
ntMode
INI Name:
RELIABLECON
NECTIONPERS
ISTENTMODE
Profile name:
Digital SIP
Protocol
Definitions
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Parameter Name Type Provisioning Type Default  Description
Value

WAN IP Address IPAddress Instant Sets the WAN
address to be
used by VOIP
signalling
applications.
Range = IPv4
address in
dotted decimal
notation
XXX XXX XXX XXX{
@}Default =
0.0.0.0
Mib name:
miscWANIPAddr
ess
INI Name:
WANIPADDRES
S
Profile name:
Digital SIP
Protocol
Definitions

Enable Delayed Enum: Instant "0" | Send INVITE
Offer Disable(0), Enable(1) message

with/without sdp
offer.
[0] - (default)
means SDP will
be offered in the
INVITE
message.{@}[1]
- means SDP
will be offered
by the other side
in the first
reliable
response(1xx or
200 OK
INVITE).
Mib name:
miscEnableDela
yedOffer
INI Name:
ENABLEDELAY
EDOFFER
Profile name:
Digital SIP
Protocol
Definitions
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Parameter Name

Key Call Pickup

Enable RFC 4117

Transcoding

Enable Single DSP

Transcoding

Type Provisioning Type Default  Description
Value

String Instant " Keying

Up to 15 chars. sequence for
performing call
pickup
Mib name:
miscKeyCallPick
up
INI Name:
KEYCALLPICK
UP
Profile name:
Digital SIP
Protocol
Definitions

Enum: Offline "0" Enable

Disable(0), Enable(1) transcoding call
RFC4117
Mib name:
miscEnableRFC
4117Transcodin
g
INI Name:
ENABLERFC41
17TRANSCODI
NG
Profile name:
Digital SIP
Protocol
Definitions

Enum: Offline "0" Enable/Disable
Disable(0), Enable(1) using single

DSP for g711 <-
-> LBR coder
Mib name:
miscEnableSingl
eDSPTranscodi
ng
INI Name:
ENABLESINGL
EDSPTRANSC
ODING
Profile name:
Digital SIP
Protocol
Definitions
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Parameter Name Type

Enable Network Enum:
ISDN Transfer Disable(0), Enable(1)

Enable VXML Enum:
Disable(0), Enable(1)

Enable Early 183 Enum:
disable(0), enable(1)

Provisioning Type Default

Instant

Offline

Instant

Description
Value

""" if set to O reject
ISDN transfer
request
Mib name:
miscEnableNetw
orkISDNTransfe
r
INI Name:
ENABLENETW
ORKISDNTRAN
SFER
Profile name:
Digital SIP
Protocol
Definitions

"o" Enables/disable
s the VXML
stack.
{@}0=Disable{
@}1=Enable
Mib name:
acCPVxmlEnabl
eVXML
INI Name:
ENABLEVXML
Profile name:
Digital SIP
Protocol
Definitions

"0" Enable Early
183
Mib name:
miscEnableEarly
183
INI Name:
ENABLEEARLY
183
Profile name:
Digital SIP
Protocol
Definitions
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Parameter Name

Max SIP Message
Length

QoS Statistics

Fake Retry After

Type

Integer
1-50

Enum:
disable(0), enable(1)

Enum:

Provisioning Type Default

Instant

Instant

Instant

Value

ll50ll

ll0ll

ll0ll

Description

Limit the
maximum length
in KB for SIP
message

Mib name:
miscMaxSIPMes
sagelLength

INI Name:
MAXSIPMESSA
GELENGTH
Profile name:
Digital SIP
Protocol
Definitions

Whether or not
add statistics to
call release

Mib name:
miscQoSStatisti
cs

INI Name:
QOSSTATISTIC
S

Profile name:
Digital SIP
Protocol
Definitions

0 - disabled.
Any positive
value - when the
GW receives
503 without
Retry-After
response-
header, it will
behave as the
503 response
includes a
Retry-After
response-
header with the
period specified
by this
parameter

Mib name:
miscFakeRetryA
fter

INI Name:
FAKERETRYAF
TER

Profile name:
Digital SIP
Protocol
Definitions
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Parameter Name

Enable Rekey After
181

Use Destination As
Connected Number

Type

Enum:
Disable(0), Enable(1)

Enum:
Disable(0), Enable(1)

Provisioning Type Default

Instant

Instant

Value

ll0ll

ll0ll

Description

Send Reinvite
after 181 (Call Is
Being
Forwarded) with
new generated
STRTP keys.
Mib name:
sipMiscEnableR
ekeyAfter181

INI Name:
ENABLEREKEY
AFTER181
Profile name:
Digital SIP
Protocol
Definitions

Use Destination
As Connected
Number

Mib name:
sipMiscUseDesti
nationAsConnec
tedNumber

INI Name:
USEDESTINATI
ONASCONNEC
TEDNUMBER
Profile name:
Digital SIP
Protocol
Definitions
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Parameter Name

Select Source
Header For Called
Number

Empty Authorization
Header

Type

Enum:
useRequestURIHeader(0),
useToHeader(1),usePCalledPa
rtylDHeader(2)

Enum:
Disable(0), Enable(1)

Provisioning Type Default

Instant

Instant

Value

ll0ll

ll0ll

Description

Select source
header for called
number (IP-
>TEL), either
from the user
part of To
header or the P-
Called-Party-ID
header.

0- use
RequestURI
header{@}1-
use To
header{@}2-
use P-Called-
Party-ID header
Mib name:
miscSelectSourc
eHeaderForCall
edNumber

INI Name:
SELECTSOUR
CEHEADERFO
RCALLEDNUM
BER

Profile name:
Digital SIP
Protocol
Definitions

If empty
Authorization
header should
be added into
Register request
Mib name:
miscEmptyAuth
orizationHeader
INI Name:
EMPTYAUTHO
RIZATIONHEAD
ER

Profile name:
Digital SIP
Protocol
Definitions
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Parameter Name

Call Xfer Using
Reinvites

SIP Registration
Action

SIP Remote Reset

Type

Enum:
Disable(0), Enable(1)

Enum:
unRegisterGW(0),
unRegisterChannelsTable(1),u
nRegisterAccountTable(2),unR
egisterlsdnSuppServTable(3),R
egisterGW(16),RegisterChanne
IsTable(17),RegisterAccountTa
ble(18),RegisterlsdnSuppServT
able(19)

Enum:
Disable(0), Enable(1)

Provisioning Type Default
Value

Instant

Instant

Instant

ll0ll

ll0ll

ll0ll

Description

Enable Call
Transfer service
using reinvites.
Mib name:
miscCallXferUsi
ngReinvites

INI Name:
ENABLECALLT
RANSFERUSIN
GREINVITES
Profile name:
Digital SIP
Protocol
Definitions

Register and
unregister
gateway and
tables.

Mib name:
miscSIPRegistra
tionAction

INI Name:
SHOULDREGIS
TER

Profile name:
Digital SIP
Protocol
Definitions

Performing
Automatic
Update remotely
using SIP
Specific Event
Mib name:
miscSIPRemote
Reset

INI Name:
SIPREMOTERE
SET

Profile name:
Digital SIP
Protocol
Definitions
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Parameter Name

Enable Non
Invite408 Reply

Coder Priority
Negotiation

Display Default SIP
Port

Type

Enum:
Disable(0), Enable(1)

Enum:
sdpRemotePriority(0),
sdpLocalPriority(1)

Enum:
Disable(0), Enable(1)

Provisioning Type Default

Instant

Instant

Instant

Value

ll0ll

ll0ll

ll0ll

Description

Enable sending
408 responses
for non-INVITE
transactions.
Disable this
parameter to
comply to RFC
4320

Mib name:
miscEnableNonl
nvite408Reply
INI Name:
ENABLENONIN
VITE408REPLY
Profile name:
Not Profiled

Defines the
coder priority in
SDP
negotiation.
Default:
according
remote SDP

Mib name:
miscCoderPriorit
yNegotiation

INI Name:
CODERPRIORI
TYNEGOTIATIO
N

Profile name:
Not Profiled

When it is
enabled and the
headers have
been
manipulated the
default port
5060 is shown in
the headers.

Mib name:
miscDisplayDefa
ultSIPPort

INI Name:
DISPLAYDEFA
ULTSIPPORT
Profile name:
Not Profiled
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Parameter Name Type Provisioning Type Default  Description

E911 Gateway

Forking Delay Time
For Invite

Reject Cancel After
Connect

Send Reject On
Overload

Integer Instant
100-2000
Integer Instant
0-20
Enum: Instant

Disable(0), Enable(1)

Integer Instant
0-1

Value

"1000" | time between
first and second
Wink generation
(FXS)

Mib name:
miscE911Gatew
ay

INI Name:
TIMEBETWEEN
DIDWINKS
Profile name:
Not Profiled

"0" Delay time (in
seconds) to wait
before sending
Invite of 2nd
forking call.

Mib name:
miscForkingDela
yTimeForlnvite
INI Name:
FORKINGDELA
YTIMEFORINVI
TE

Profile name:
Not Profiled

"o" Defines whether
or not reject
Cancel request
after connect
Mib name:
miscRejectCanc
elAfterConnect
INI Name:
REJECTCANCE
LAFTERCONNE
CT
Profile name:
Not Profiled

" If set to false (0),
a 503 response
will not be sent
on overload.

Mib name:
miscSendReject
OnOverload

INI Name:
SENDREJECTO
NOVERLOAD
Profile name:
Not Profiled
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Parameter Name

Session Expires
Disconnect Time

SIP Nat Detection

Use Alt Route
Reasons For 3xx

Type Provisioning Type Default
Value
Integer Instant "32"
0-32

Integer Instant
0-1
Enum: Instant

no(0), nolféxx(1),yes(2)

ll1ll

ll0ll

Description

Defines the
minimum time
factor before the
session expires.
By achieving
this time without
session refresh,
the session
should be
disconnected
Mib name:
miscSessionExp
iresDisconnectTi
me

INI Name:
SESSIONEXPIR
ESDISCONNEC
TTIME

Profile name:
Not Profiled

If not set, the
incoming
request will be
always
processed as
user NOT
behind NAT
Mib name:
miscSipNatDete
ction

INI Name:
SIPNATDETEC
TION

Profile name:
Not Profiled

Use Alt Route
Reasons Table
For 3xx

Mib name:
miscUseAltRout
eReasonsFor3x
X

INI Name:
USEALTROUTE
REASONSFOR
3XX

Profile name:
Not Profiled
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Parameter Name Type Provisioning Type Default
Value
Use Different RT Enum: Instant "0"
Pport After Hold Disable(0), Enable(1)
Verify Received Via Integer Instant "0"
0-1
Network Node Id Integer Instant "0"
0-32767
Amd Mode Enum: Instant "0"
DoNotDisconnect(0),

DisconnectOnAnsweringMachi
neDetection(1)

Description

Use different
RTP port after
Hold

Mib name:
miscUseDifferen
tRTPportAfterHo
Id

INI Name:
USEDIFFEREN
TRTPPORTAFT
ERHOLD

Profile name:
Not Profiled

Defines whether
or not to verify
Source IP with
IP in Topmost
VIA

Mib name:
miscVerifyRecei
vedVia

INI Name:
VERIFYRECIEV
EDVIA

Profile name:
Not Profiled

Network Node Id
Mib name:
miscNetworkNo
deld

INI Name:
NETWORKNOD
EID

Profile name:
Not Profiled

0 - not
affected, 1 -
disconnect
IP2TEL call on
Answering
Machine
detection

Mib name:
miscAmdMode
INI Name:
AMDMODE
Profile name:
Not Profiled
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2.39.4 Tab: Account Table

Frame: SIP Definition Provisioning, Tab: Account Table

Parameter Type Provisioning
Name Type
Account Integer Read-Only
Index 0-500
Account Enum: NA
Row Status Active(1),

NotInService(2),NotReady(3),CreateAnd
Go(4),CreateAndWait(5),Destroy(6)

Default
Value

ll0ll

ll3ll

Description

Mib name:
accountindex

INI Name:
ACCOUNT _INDEX
Profile name: Not
Profiled

Row-Status Textual
Conventions as
defined in RFC
2579: Textual
Conventions for
SMIv2

Mib name:
accountRowStatus
Profile name: Not
Profiled

Account Integer Instant 1" GwApp Accounts
Served -1-100 table
Trunk Group Mib name:
accountServedTrun
kGroup
INI Name:
ACCOUNT_SERV
EDTRUNKGROUP
Profile name: Not
Profiled
Account Integer Instant 1" GwApp Accounts
Served IP -1-31 table
Group Mib name:
accountServedIPGr
oup
INI Name:
ACCOUNT_SERV
EDIPGROUP
Profile name: Not
Profiled
Account Integer Instant """ GwApp Accounts
Serving IP 1-31 table
Group Mib name:
accountServinglPG
roup
INI Name:
ACCOUNT_SERVI
NGIPGROUP
Profile name: Not
Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Account String Instant GwApp Accounts
Username Up to 50 chars. table
Mib name:
accountUsername
INI Name:
ACCOUNT _USER
NAME
Profile name: Not
Profiled
Account String Instant GwApp Accounts
Password Up to 50 chars. table
Mib name:
accountPassword
INI Name:
ACCOUNT_PASS
WORD
Profile name: Not
Profiled
Account String Instant GwApp Accounts
Host Name Up to 49 chars. table
Mib name:
accountHostName
INI Name:
ACCOUNT_HOST
NAME
Profile name: Not
Profiled
Account Enum: Instant "o" GwApp Accounts
Register no(0), regular(1),gin(2) table
Mib name:
accountRegister
INI Name:
ACCOUNT_REGIS
TER
Profile name: Not
Profiled
Account String Instant GwApp Accounts
Contact Up to 50 chars. table
User Mib name:
accountContactUse
r
INI Name:
ACCOUNT_CONT
ACTUSER
Profile name: Not
Profiled
OAMP Guide 246 Document #: LTRT-32128



OAMP Guide 2. Provisioning Parameters

2.39.5 Tab: Registration

Frame: SIP Definition Provisioning, Tab: Registration

Parameter Type Provisioning Default Description
Name Type Value
Is Register Enum: Instant "0" Is Proxy registration necessary
Needed | No(0), Yes(1) Mib name: sipRegistrationlsNeeded

INI Name: ISREGISTERNEEDED
Profile name: Digital SIP Protocol

Definitions
Registrar String Instant " SIP Registrar IP address
IP Up to 49 chars. Mib name: sipRegistrationIP

INI Name: REGISTRARIP
Profile name: Digital SIP Protocol

Definitions
Registratio Integer Instant "180" | Time for which registration to
n Time 10-2000000 Gatekeeper/Proxy is valid. Causes

periodic registration (seconds)
Mib name: sipRegistrationTime
INI Name: REGISTRATIONTIME
Profile name: Digital SIP Protocol

Definitions
Registratio Integer Instant "10" Time in which the gateway will try to
n Retry 10-2000000 register after last registration failure
Time (seconds)
Mib name:

sipRegistrationRegistrationRetryTime
INI Name: REGISTRATIONRETRYTIME
Profile name: Digital SIP Protocol
Definitions

Registrar String Instant SIP Registrar name
Name | Up to 49 chars. Mib name: sipRegistrationRegistrarName
INI Name: REGISTRARNAME
Profile name: Not Profiled

Time Integer Instant "50" Percentage of RegistrationTime when the
Divider 30-100 actual new REGISTER request will be
sent out
Mib name: sipRegistrationTimeDivider
INI Name: REGISTRATIONTIMEDIVIDER
Profile name: Digital SIP Protocol
Definitions

Name String Instant Gateway registration name
Up to 15 chars. Mib name: sipRegistrationName
INI Name: GWREGISTRATIONNAME
Profile name: Digital SIP Protocol
Definitions
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Parameter
Name

Provisioning
Type

Type

Enum: Instant
Disable(0),

Enable(1)

Register
On Invite
Failure

Time Instant

Threshold

Integer
0-2000000

Registrar Enum: Instant
Transport |NotConfigured(-
Type 1),
UDP(0), TCP(1),
TLS(2)

Re Enum: Instant
Register Disable(0),
On Enable(1)
Connection

Failure

Default
Value

ll0ll

ll0ll

ll_1 n

ll0ll

Description

Enable ReRegister upon INVITE
transaction failure

Mib name:
sipRegistrationRegisterOnlinviteFailure
INI Name:
REGISTERONINVITEFAILURE
Profile name: Digital SIP Protocol
Definitions

If (REGISTRATIONTIMETHRESHOLD >
0) and
(REGISTRATIONTIMETHRESHOLD <
computed registration time using existing
logic) then new registration time will be
(Registration time from expires header ?
REGISTRATIONTIMETHRESHOLD)
Mib name: sipRegistrationTimeThreshold
INI Name:
REGISTRATIONTIMETHRESHOLD
Profile name: Digital SIP Protocol
Definitions

Registrar transport type

Mib name:
sipRegistrationRegistrarTransportType
INI Name:
REGISTRARTRANSPORTTYPE
Profile name: Digital SIP Protocol
Definitions

Enables GW to perform Re-Registeration
on TCP/TLS connection failure

Mib name:
sipRegistrationReRegisterOnConnectionF
ailure

INI Name:
REREGISTERONCONNECTIONFAILUR
E

Profile name: Digital SIP Protocol
Definitions
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2.39.6 Tab: Accounting Settings

Frame: SIP Definition Provisioning, Tab: Accounting Settings

Parameter Type Provisioning Default Description
Name Type Value
Indications Enum: Instant "0" | Which
None(0), Authentication,
AuthorizeAndAuthenticate(1),FullReport(2) Authorization and
,AccountingOnly(3) Accounting
indications to use
Mib name:
aaalndications
INI Name:

AAAINDICATIONS
Profile name: Not
Profiled

Radius Enum: Instant "0" | When will Radius
Accounting release(0), Acounting messages
Type connectAndRelease(1),setupAndRelease( be sent
2) Mib name:
aaaRadiusAccountin
gType
INI Name:
RADIUSACCOUNTI
NGTYPE
Profile name: Not
Profiled
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2.39.7 Tab: Authentication

Parameter
Name

Authentication

Authentication
Mode

User Name

Password

Cnonce

Security
Enable SIPS

SIPS Require
Client
Certificate

Frame: SIP Definition Provisioning, Tab: Authentication

Type

Enum:
PereP(0),

PerGW(1),PerFXSOnly(3)

String
Up to 50 chars.

String

String
Up to 15 chars.

Enum:
Disable(0), Enable(1)

Enum:
Disable(0), Enable(1)

Type

Instant

Instant

Instant

Instant

Instant

Offline

Provisioning Default
Value

ll1ll

ll0ll

ll0ll

Description

Authentication mode

Mib name: sipAuthMode
INI Name:
AUTHENTICATIONMODE
Profile name: Digital SIP
Protocol Definitions

User Name used for
authentication

Mib name: sipAuthUserName
INI Name: USERNAME
Profile name: Digital SIP
Protocol Definitions

Password used for
authentication

Mib name: sipAuthPassword
INI Name: PASSWORD
Profile name: Digital SIP
Protocol Definitions

Cnonce parameter used for
authentication

Mib name: sipAuthCnonce
INI Name: CNONCE
Profile name: Digital SIP
Protocol Definitions

Enable SIP secured URI usage
Mib name: sipMiscEnableSIPS
INI Name: ENABLESIPS
Profile name: Digital SIP
Protocol Definitions

Should require client certificate
upon TLS connection request
arrival

Mib name:
gwSecuritySIPSRequireClientCe
rtificate

INI Name:
SIPSREQUIRECLIENTCERTIFI
CATE

Profile name: Digital SIP
Protocol Definitions
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Parameter
Name

Provisioning
Type

Type

Enum: Instant
Preferable(0),
Mandatory(1),preferableSi

ngleMedia(3)

Media Security
Behavior

TLS Re
Handshake
Interval

Integer Instant

0-1500

TLS Remote
Subject Name

String Instant

Up to 49 chars.

Enum: Instant
Disable(0),
ServerOnly(1),ServerAndC

lient(2)

Peer Host
Name
Verification
Mode

Enum: Instant

Disable(0), Enable(1)

Verify Server
Certificate

Default
Value

ll0ll

ll0ll

ll0ll

ll0ll

Description

Gateway behavior when
recieving offer/response for
media encryption

Mib name:
gwSecurityMediaSecurityBehavi
or

INI Name:
MEDIASECURITYBEHAVIOUR
Profile name: Digital SIP
Protocol Definitions

The interval between
consequent TLS re-handshakes
(Minutes).

0 - Disables re-handshakes.
Mib name:
gwSecurityTLSReHandshakelnt
erval

INI Name:
TLSREHANDSHAKEINTERVAL
Profile name: Digital SIP
Protocol Definitions

used to verify the remote peer
Common Name (at certificate)
when using TLS.

Mib name:
gwSecurityTLSRemoteSubjectN
ame

INI Name:
TLSREMOTESUBJECTNAME
Profile name: Digital SIP
Protocol Definitions

While using TLS, defines the
verification behavior of the host
name sent in the certificate.
Mib name:
gwSecurityPeerHostNameVerific
ationMode

INI Name:
PEERHOSTNAMEVERIFICATI
ONMODE

Profile name: Digital SIP
Protocol Definitions

Certificate validation behavior

0 ? No certificate validation.{@}1
? Server certificate validation.
Mib name:
gwSecurityVerifyServerCertificat
e

INI Name:
VERIFYSERVERCERTIFICATE
Profile name: Digital SIP
Protocol Definitions
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Parameter Type Provisioning Default Description
Name Type Value
SRTP Offered Enum: Instant "0" Offered SRTP Cipher Suites.
Suites not defined(0) {@}all(15)
(0=Select {@}aesCm128HmacShaOne80(
All);ARIA-CM- 1
192-HMAC- {@}aesCm128HmacShaOne32(
SHA1 80;ARIA- 2
CM-128- {@}ariaCm128HmacShaOne80(
HMAC-SHA1 4
80;AES-CM- {@}ariaCm192HmacShaOne80(
128-HMAC- 8)
SHA1 32;AES- Mib name:
CM-128- gwSecuritySRTPofferedSuites
HMAC-SHA1 INI Name:
80; SRTPOFFEREDSUITES
Profile name: Not Profiled
Enable Enum: Instant "0" Enable symmetric MKI
Symmetric MKI  Disable(0), Enable(1) negotiation
Mib name:
gwSecurityEnableSymmetricMKI
INI Name:
ENABLESYMMETRICMKI

Profile name: Digital SIP
Protocol Definitions

2.39.8 Tab: GW User Info

Frame: SIP Definition Provisioning, Tab: GW User Info

Parameter Type Provisioning Default Description
Name Type Value

PBX String Instant " PBX Extension
Extension Up to 20 chars. Mib name:
gwUserInfoPBXExtension
INI Name:
GWUSERINFOTABLE_PB
XEXTENSION
Profile name: Not Profiled

Global String Instant Global Phone Number

Phone Up to 20 chars. Mib name:

Number gwUserInfoGlobalPhoneNu
mber
INI Name:
GWUSERINFOTABLE_GL
OBALPHONENUMBER
Profile name: Not Profiled

Display String Instant Display Name

Name Up to 30 chars. Mib name:
gwUserlnfoDisplayName
INI Name:
GWUSERINFOTABLE_DIS
PLAYNAME
Profile name: Not Profiled
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Parameter Type
Name Type
User Name String Instant
Up to 50 chars.
Password String Instant
Status Enum: Read-Only
notRegistered(0), registered(1)
Row Status Enum: NA
Active(1),

NotInService(2),NotReady(3),Create
AndGo(4),CreateAndWait(5),Destro

y(6)

Provisioning Default

Value

ll0ll

ll3ll

Description

Username

Mib name:
gwUserInfoUsername

INI Name:
GWUSERINFOTABLE_US
ERNAME

Profile name: Not Profiled

Password

Mib name:
gwUserlnfoPassword

INI Name:
GWUSERINFOTABLE_PA
SSWORD

Profile name: Not Profiled

Status

Mib name:
gwUserInfoStatus

INI Name:
GWUSERINFOTABLE_ST
ATUS

Profile name: Not Profiled

Row-Status Textual
Conventions as defined in
RFC 2579: Textual
Conventions for SMIv2

Mib name:
gwUserInfoRowStatus

INI Name:
GWUSERINFOTABLE_RO
WSTATUS

Profile name: Not Profiled
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2.39.9 Tab: SBC User Info

Parameter
Name

Local User

Enable Usage

User Name

Password

IP Group ID

Type

String
Up to 50 chars.

Enum:
disable(0), enable(1)

String
Up to 50 chars.

String

Integer
-1-200

Provisioning Defaul

Type t
Value
Instant "
Instant "o"
Instant "
Instant "
Instant "-1"

Frame: SIP Definition Provisioning, Tab: SBC User Info

Description

Local User

Mib name:
sbcUserInfolLocalUser
INI Name:
SBCUSERINFOTABLE
LOCALUSER

Profile name: Not
Profiled

Enables the usage of
the User Information,
which is loaded to the
device in the User
Information auxiliary file.
0 - disable, 1 - enable
Mib name:
userinfoEnableUsage
INI Name:
ENABLEUSERINFOUS
AGE

Profile name: Not
Profiled

Username

Mib name:
sbcUserInfoUsername
INI Name:
SBCUSERINFOTABLE
USERNAME

Profile name: Not
Profiled

Password

Mib name:
sbcUserInfoPassword
INI Name:
SBCUSERINFOTABLE
PASSWORD

Profile name: Not
Profiled

IP Group ID

Mib name:
sbcUserInfolPGrouplD
INI Name:
SBCUSERINFOTABLE
IPGROUPID

Profile name: Not
Profiled
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Parameter Type Provisioning Defaul Description
Name Type t
Value

Status Enum: Read-Only "0" | Status

notRegistered(0), registered(1) Mib name:
sbcUserInfoStatus
INI Name:
SBCUSERINFOTABLE
STATUS
Profile name: Not
Profiled

Row Status Enum: NA "3" | Row-Status Textual
Active(1), Conventions as defined

NotInService(2),NotReady(3),CreateA in RFC 2579: Textual

ndGo(4),CreateAndWait(5),Destroy(6) Conventions for SMIv2
Mib name:
sbcUserInfoRowStatus
INI Name:
SBCUSERINFOTABLE _
ROWSTATUS
Profile name: Not
Profiled

2.40 Frame: SIP Interface Provisioning

2.40.1 Tab: SIP Interface

Frame: SIP Interface Provisioning, Tab: SIP Interface

Parameter Type Provisioning Default Description
Name Type Value
Network String Instant " Network Interface.
Interface | Upto 15 Mib name: siplnterfaceNetworkInterface
chars. INI Name: SIPINTERFACE_NETWORKINTERFACE
Profile name: Not Profiled
Application| Enum: Instant "0" Application Type.
Type gwlP2IP( Mib name: siplnterfaceApplicationType
0), INI Name: SIPINTERFACE_APPLICATIONTYPE
sas(1),sb Profile name: Not Profiled
c(2)
UDP Port | Integer Instant "5060" | UDP Port number.
0-65534 Mib name: sipInterfaceUDPPort

INI Name: SIPINTERFACE_UDPPORT
Profile name: Not Profiled

TCP Port | Integer Instant "5060" | TCP Port number.
0-65534 Mib name: siplnterfaceTCPPort
INI Name: SIPINTERFACE_TCPPORT
Profile name: Not Profiled
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Parameter Type Provisioning Default

Name Type Value
TLS Port | Integer Instant "5061"
0-65534
SRD Integer Instant "0"
0-31
Classificati | Integer Instant "500"
on Failure = 0-699
Response
Type
Interface | String Instant "
Name | Upto 20
chars.

Description

TLS Port number.

Mib name: siplnterface TLSPort

INI Name: SIPINTERFACE_TLSPORT
Profile name: Not Profiled

Mib name: sipInterfaceSRD
INI Name: SIPINTERFACE_SRD
Profile name: Not Profiled

Classification Failure Response Type - the response
type that will be returned after classification fails. The
value 0 means ignore - response will not be sent.

Mib name:
sipInterfaceClassificationFailureResponseType

INI Name:
SIPINTERFACE_CLASSIFICATIONFAILURERESPO
NSETYPE

Profile name: Not Profiled

Interface Name

Mib name: siplnterfacelnterfaceName

INI Name: SIPINTERFACE_INTERFACENAME
Profile name: Not Profiled
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2.41 Frame: SIP IP Profile

241.1 Tab: General Settings

Frame: SIP IP Profile, Tab: General Settings

Parameter Type Provisioning Default Description
Name Type Value
Profile Name String Instant Profile Name
Up to 19 chars. Mib name:
iPProfileProfileName
INI Name:
IPPROFILE_PROFILENAME
Profile name: Not Profiled
Enable Enum: Instant "1" | Silence Suppression mode.
Silence disable(0), Mib name: iPProfileSCE
Suppression enable(1),enableWithoutAdapta INI Name: IPPROFILE_SCE
tion(2),NotConfigured(255) Profile name: Not Profiled
Rx DTMF Enum: Instant 1"
Option NotConfigured(-1), Mib name:
NotDeclared(0),DeclareRFC28 iPProfileRxDTMFOption
33InSDP(1) INI Name:
IPPROFILE_RXDTMFOPTION
Profile name: Not Profiled
Media IP Enum: Instant "-1"
Version NotConfigured(-1), Mib name:
Preference | onlylPv4(0),onlylPv6(1),preferl iPProfileMedialPVersionPrefer
Pv4(2),preferlPv6(3) ence
INI Name:
IPPROFILE_MEDIAIPVERSIO
NPREFERENCE
Profile name: Not Profiled
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241.2 Tab: Common Parameters

Frame: SIP IP Profile, Tab: Common Parameters

Parameter Type Provisioning Default Description
Name Type Value
RTP Integer Instant "0" | IP DiffServ byte value
DiffServ 0-255 Mib name: iPProfile|PDiffServ
INI Name: IPPROFILE_IPDIFFSERV
Profile name: Not Profiled
Signalling Integer Instant "0" | Type Of Service bits in IP header of signalling
DiffServ 0-255 messages.
Mib name: iPProfileSigIPDiffServ
INI Name: IPPROFILE_SIGIPDIFFSERV
Profile name: Not Profiled
Disconnect Enum: Instant 1"
On Broken NotConfigured(- Mib name:
Connection 1), No(0),yes(1) iPProfileDisconnectOnBrokenConnection
INI Name:
IPPROFILE_DISCONNECTONBROKENCONN
ECTION
Profile name: Not Profiled
DJBuf Min Integer Instant "0" | Dynamic Jitter Buffer Minimum Delay (msec)
Delay 0-255 Mib name: iPProfileDJBufMinDelay
INI Name: IPPROFILE_JITTERBUFMINDELAY
Profile name: Not Profiled
DJBuf Integer Instant "0" | Dynamic jitter buffer frame error/delay
Optimizatio 0-255 optimization
n Factor Mib name: iPProfileDJBufOptFactor
INI Name:
IPPROFILE_JITTERBUFOPTFACTOR
Profile name: Not Profiled
RTP Integer Instant "0" | Enables or disables generation of RFC 2198
Redundanc 0-255 redundancy packets
y Depth Mib name: iPProfileRTPRedundancyDepth
INI Name:
IPPROFILE_RTPREDUNDANCYDEPTH
Profile name: Not Profiled
ECE Enum: Instant "1" | Enables or disables the echo canceler.
NotConfigured(- Mib name: iPProfileECE
1), INI Name:
Disable(0),Enabl IPPROFILE_ENABLEECHOCANCELLER
e(1) Profile name: Not Profiled
Enable Integer Instant 1"
Symmetric| -1-2147483647 Mib name: iPProfileEnableSymmetricMKI
MKI INI Name:
IPPROFILE_ENABLESYMMETRICMKI
Profile name: Not Profiled
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241.3 Tab: Gateway Parameters

Frame: SIP IP Profile, Tab: Gateway Parameters

Parameter Type Provisioning Default Description
Name Type Value
Fax used Enum: Instant "0" Use H.323/Annex D
NoFax(0), procedure for real time FAX
t38(1),9711(2),fallBack(3),Not relay. To use this feature,
Configured(255) disable inband DTMF by
setting the
FaxTransportMode to 1
Mib name:
iPProfilelsFaxUsed
INI Name:
IPPROFILE_ISFAXUSED
Profile name: Not Profiled
Play Ringback Enum: Instant "0"
Tone To IP NotPlay(0), Mib name:
Play(1),NotConfigured(255) iPProfilePlayRingbackTone
TolP
INI Name:
IPPROFILE_PLAYRBTON
E2IP
Profile name: Not Profiled
Enable Early Enum: Instant "0"
Media Disable(0), Mib name:
Enable(1),NotConfigured(255 iPProfileEnableEarlyMedia
) INI Name:
IPPROFILE_ENABLEEARL
YMEDIA
Profile name: Not Profiled
Copy Dest to Enum: Instant 1"
Redirect NotConfigured(-1), Mib name:
Number Disable(0),AfterManipulation( iPProfileCopyDest2Redirect
1),BeforeManipulation(2) Number
INI Name:
IPPROFILE_COPYDEST2
REDIRECTNUMBER
Profile name: Not Profiled
Media Security Enum: Instant "255"
Behavior NotConfigured(-1), Mib name:
Preferable(0),Mandatory(1),pr iPProfileMediaSecurityBeha
eferableSingleMedia(2) vior
INI Name:
IPPROFILE_MEDIASECU
RITYBEHAVIOUR
Profile name: Not Profiled
Cng Detector Enum: Instant "0"
Mode Disable(0), Mib name:
Relay(1),EventsOnly(2),NotC iPProfileCngDetectorMode
onfigured(255) INI Name:
IPPROFILE_CNGMODE
Profile name: Not Profiled
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Parameter
Name

Provisioning
Type

Type

Enum: Instant
Disable(0),
EnableBypass(2),EventsOnly(

3),NotConfigured(255)

Vxx Modem
Transport Type

NSE Mode Enum: Instant
Disable(0),

Enable(1),NotConfigured(255
)

Call Limit Integer Instant

-1-200000

Enum: Instant
Default(-1),
NoPI1(0),PI1(1),P18(8),NotCon

figured(255)

Progress
Indicator To IP

Preference Integer Instant

0-20

Coders Group Integer Instant

ID 0-4

Remote Base Instant

UDP Port

Integer
0-65535

Default
Value

ll0ll

ll0ll

ll_1 n

ll0ll

ll0ll

ll0ll

ll0ll

Description

Mib name:
iPProfileVxxModemTranspo
rtType

INI Name:
IPPROFILE_VXXTRANSP
ORTTYPE

Profile name: Not Profiled

Mib name:
iPProfileNSEMode

INI Name:
IPPROFILE_NSEMODE
Profile name: Not Profiled

Mib name:
iPProfileCallLimit

INI Name:
IPPROFILE_CALLLIMIT
Profile name: Not Profiled

Mib name:
iPProfileProgressindicatorT
olP

INI Name:
IPPROFILE_PROGRESSI
NDICATOR2IP

Profile name: Not Profiled

Preference

Mib name:
iPProfilePreference

INI Name:
IPPROFILE_IPPREFEREN
CE

Profile name: Not Profiled

Coders Group ID

Mib name:
iPProfileCodersGrouplD

INI Name:
IPPROFILE_CODERSGRO
UPID

Profile name: Not Profiled

Remote Base UDP Port For
Aggregation

Mib name:
iPProfileRemoteBaseUDPP
ort

INI Name:
IPPROFILE_REMOTEBAS
EUDPPORT

Profile name: Not Profiled
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Parameter
Name

Type

First Tx DTMF
Option

Enum:
NotConfigured(-1),
NotSupported(0),InfoNortel(1)
,Notify(2),InfoCisco(3),RFC28
33(4),InfoKorea(5)

Enum:
NotConfigured(-1),
NotSupported(0),InfoNortel(1)
,Notify(2),InfoCisco(3),RFC28
33(4),InfoKorea(5)

Second Tx
DTMF Option

Add IE In Setup String

Up to 98 chars.

AMD Sensitivity
Parameter
Suite

Integer
-1-7

AMD Sensitivity
Level

Integer
-1-15

AMD Max
Greeting Time

Integer
-1-511

Default
Value

Provisioning
Type

Instant "-1"

Instant "-1"

Instant

Instant "-1"

ll_1 n

Instant

Instant "-1"

Description

Mib name:
iPProfileFirstTxDtmfOption
INI Name:
IPPROFILE_FIRSTTXDTM
FOPTION

Profile name: Not Profiled

Mib name:

iPProfileSecond TxDtmfOpti
on

INI Name:
IPPROFILE_SECONDTXD
TMFOPTION

Profile name: Not Profiled

Mib name:
iPProfileAddIEInSetup

INI Name:
IPPROFILE_ADDIEINSET
UP

Profile name: Not Profiled

Mib name:
iPProfileAMDSensitivityPar
ameterSuit

INI Name:

IPPROFILE_ AMDSENSITI
VITYPARAMETERSUIT
Profile name: Not Profiled

Mib name:
iPProfileAMDSensitivityLev
el

INI Name:

IPPROFILE_ AMDSENSITI
VITYLEVEL

Profile name: Not Profiled

Mib name:
iPProfileAMDMaxGreetingT
ime

INI Name:

IPPROFILE_ AMDMAXGRE
ETINGTIME

Profile name: Not Profiled
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Parameter
Name

Provisioning
Type

Type

AMD Max Post
Silence
Greeting Time

Integer Instant

-1-511

Amd Mode Enum: Instant
doNotDisconnect(0),

disconnectOnAmd(1)

Early Answer Instant

Timeout

Integer
0-2400

Default
Value

ll_1 n

ll0ll

ll0ll

Description

Mib name:
iPProfileAMDMaxPostSilen
ceGreetingTime

INI Name:

IPPROFILE_ AMDMAXPOS
TSILENCEGREETINGTIM
E

Profile name: Not Profiled

0 - not affected 1 -
disconnect IP2TEL call on
Answering Machine
detection

Mib name:
iPProfileAmdMode

INI Name:

IPPROFILE_ AMDMODE
Profile name: Not Profiled

Max time (in seconds) to
wait from sending setup
message to PSTN to
receiving connect message
from PSTN

Mib name:
iPProfileEarlyAnswerTimeo
ut

INI Name:
IPPROFILE_EARLYANSW
ERTIMEOUT

Profile name: Not Profiled
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241.4 Tab: SBC Parameters

Frame: SIP IP Profile, Tab: SBC Parameters

Parameter Type Provisioning Default
Name Type Value
SBC RFC Enum: Instant "0"
2833 Asls(0), Extend(1),Disallow(2)
Behavior
SBC Allowed Enum: Instant 1"
Audio Coders NotConfigured(-1),

Group ID  CodersGroup0(0),CodersGroup1
(1),CodersGroup2(2),CodersGro
up3(3),CodersGroup4(4)

SBC Media Enum: Instant "0"
Security asls(0), srtp(1),rtp(2),both(3)
Behaviour
SBC Enum: Instant 1"
Diversion NotConfigured(-1),

Mode DontCare(0),Add(1),Remove(2)

SBC History Enum: Instant 1"
Info Mode NotConfigured(-1),
DontCare(0),Add(1),Remove(2)

Description

Mib name:
iPProfileSBCRFC2833Be
havior

INI Name:
IPPROFILE_SBCRFC283
3BEHAVIOR

Profile name: Not Profiled

Mib name:
iPProfileSBCAIllowedCode
rsGrouplD

INI Name:
IPPROFILE_SBCALLOW
EDCODERSGROUPID
Profile name: Not Profiled

Mib name:
iPProfileSBCMediaSecurit
yBehaviour

INI Name:
IPPROFILE_SBCMEDIAS
ECURITYBEHAVIOUR
Profile name: Not Profiled

Mib name:
iPProfileSBCDiversionMo
de

INI Name:
IPPROFILE_SBCDIVERS
IONMODE

Profile name: Not Profiled

Mib name:
iPProfileSBCHistorylnfoM
ode

INI Name:
IPPROFILE_SBCHISTOR
YINFOMODE

Profile name: Not Profiled
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Parameter
Name

Type

SBC
Alternative
DTMF
Method

Enum:
DontCare(0),
Transparent(1),InfoCisco(2),Info
Nortel(3),InfoLucent(4)

SBC Assert
Identity

Enum:
NotConfigured(-1),
DontCare(0),Add(1),Remove(2)

SBC Fax Enum:
Coders Group None(-1),
ID CodersGroup0(0),CodersGroup1
(1),CodersGroup2(2),CodersGro
up3(3),CodersGroup4(4)

SBC Fax
Behavior

Integer
0-2

SBC Fax
Offer Mode

Integer
0-1

Provisioning
Type

Instant

Instant

Instant

Instant

Instant

Default
Value

ll0ll

ll_1 n

ll_1 n

ll0ll

ll0ll

Description

Mib name:
iPProfileSBCAlternativeD
TMFMethod

INI Name:
IPPROFILE_SBCALTER
NATIVEDTMFMETHOD
Profile name: Not Profiled

Mib name:
iPProfileSBCAssertldentit
y

INI Name:
IPPROFILE_SBCASSER
TIDENTITY

Profile name: Not Profiled

SBC Fax Coders Group
ID

Mib name:
iPProfileSBCFaxCodersG
rouplD

INI Name:
IPPROFILE_SBCFAXCO
DERSGROUPID

Profile name: Not Profiled

0-Asls, 1-Handle
always, 2 - Handle on Re-
INVITE and block on
INVITE.

Mib name:
iPProfileSBCFaxBehavior
INI Name:
IPPROFILE_SBCFAXBE
HAVIOR

Profile name: Not Profiled

0 - Offer all supported fax
coders, 1 - Offer a single
fax coder (try to avoid
transcoding)

Mib name:
iPProfileSBCFaxOfferMod
e

INI Name:
IPPROFILE_SBCFAXOF
FERMODE

Profile name: Not Profiled
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Parameter
Name

Provisioning
Type

Type

SBC Fax Integer Instant

Answer Mode 0-1

SBC Remote
Multiple18x
Support

Enum: Instant

NotSupported(0), Supported(1)

SBC Remote
Early Media
Response
Type

Enum: Instant
ResponseTypeTransparent(0),
ResponseType180(1),Response

Type183(2)

SBC Remote
Update
Support

Enum: Instant
NotSupported(0),
SupportedOnlyAfterConnect(1),S

upported(2)

SBC Remote
Reinvite
Support

Enum: Instant
NotSupported(0),
SupportedOnlyWithSDP(1),Supp

orted(2)

Default
Value

ll0ll

ll1ll

ll0ll

ll2ll

ll2ll

Description

0 - Put all supported fax
coders in outgoing
answer, 1 - Put a single
fax coder in the outgoing
answer (try to avoid
transcoding)

Mib name:
iPProfileSBCFaxAnswerM
ode

INI Name:
IPPROFILE_SBCFAXAN
SWERMODE

Profile name: Not Profiled

SBC Remote Multiple 18x
Support.

Mib name:
iPProfileSBCRemoteMulti
ple18xSupport

INI Name:
IPPROFILE_SBCREMOT
EMULTIPLE18XSUPPOR
T

Profile name: Not Profiled

SBC Remote Early Media
Response Type.

Mib name:
iPProfileSBCRemoteEarly
MediaResponseType

INI Name:
IPPROFILE_SBCREMOT
EEARLYMEDIARESPON
SETYPE

Profile name: Not Profiled

SBC Remote Update
Support.

Mib name:
iPProfileSBCRemoteUpda
teSupport

INI Name:
IPPROFILE_SBCREMOT
EUPDATESUPPORT
Profile name: Not Profiled

SBC Remote Reinvite
Support.

Mib name:
iPProfileSBCRemoteRein
viteSupport

INI Name:
IPPROFILE_SBCREMOT
EREINVITESUPPORT
Profile name: Not Profiled
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Parameter
Name

Provisioning
Type

Type

SBC Remote
Refer
Behavior

Enum: Instant
NotConfigured(-1),
Regular(0),DBURL(1),IPGroupN

ame(2),HandleLocally(3)

SBC Remote Enum:
Early Media | NotSupported(0), Supported(1)
Support

Instant

SBC Remote
3xx Behavior

Enum: Instant
NotConfigured(-1),
Transparent(0),DBURL(1),Handl

elLocally(2)

SBC Remote Enum:
Delayed Offer NotSupported(0), Supported(1)
Support

Instant

SBC User
Registration
Time

Integer Instant

0-2000000

Default
Value

ll_1 n

ll1ll

ll_1 n

ll1ll

ll0ll

Description

SBC Remote Refer
Behavior.

Mib name:
iPProfileSBCRemoteRefe
rBehavior

INI Name:
IPPROFILE_SBCREMOT
EREFERBEHAVIOR
Profile name: Not Profiled

SBC Remote Early Media
Support.

Mib name:
iPProfileSBCRemoteEarly
MediaSupport

INI Name:
IPPROFILE_SBCREMOT
EEARLYMEDIASUPPOR
T

Profile name: Not Profiled

SBC Remote 3xx
Behavior.

Mib name:
iPProfileSBCRemote3xxB
ehavior

INI Name:
IPPROFILE_SBCREMOT
E3XXBEHAVIOR

Profile name: Not Profiled

SBC Remote Delayed
Offer Support.

Mib name:
iPProfileSBCRemoteDela
yedOfferSupport

INI Name:
IPPROFILE_SBCREMOT
EDELAYEDOFFERSUPP
ORT

Profile name: Not Profiled

SBC User Registration
Time

Mib name:
iPProfileSBCUserRegistra
tionTime

INI Name:
IPPROFILE_SBCUSERR
EGISTRATIONTIME
Profile name: Not Profiled
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Parameter
Name

Provisioning
Type

Type

SBC Remote
Hold Format

Enum: Instant
transparent(0),
sendOnly(1),sendOnly-
IpAddress0(2),inactive(3),inactiv

e-lpAddress0(4),notSupported(5)

SBC Allowed
Media Types

String Instant

Up to 64 chars.

SBC Jitter
Compensatio
n

Enum: Instant

disable(0), enable(1)

Enum: Instant

false(0), true(1)

SBC Play
Held Tone

SBC Reliable
Held Tone
Source

Enum: Instant

false(0), true(1)

Enum: Instant

no(0), yes(1)

SBC Play
RBT To
Transferee

Default
Value

ll0ll

ll0ll

ll0ll

ll1ll

ll0ll

Description

SBC Remote Hold Format
Mib name:
iPProfileSBCRemoteHold
Format

INI Name:
IPPROFILE_SBCREMOT
EHOLDFORMAT

Profile name: Not Profiled

Defines SBC allowed
media types (comma
separated string)

Mib name:
iPProfileSBCAIllowedMedi
aTypes

INI Name:
IPPROFILE_SBCALLOW
EDMEDIATYPES

Profile name: Not Profiled

SBC Jitter Compensation
Mib name:
iPProfileSBCJitterCompe
nsation

INI Name:
IPPROFILE_SBCJITTER
COMPENSATION

Profile name: Not Profiled

SBC Play Held Tone

Mib name:
iPProfileSBCPlayHeldTon
e

INI Name:
IPPROFILE_SBCPLAYH
ELDTONE

Profile name: Not Profiled

SBC Reliable Held Tone
Source

Mib name:
iPProfileSBCReliableHeld
ToneSource

INI Name:
IPPROFILE_SBCRELIAB
LEHELDTONESOURCE
Profile name: Not Profiled

Play Ring Back Tone to
transferred side on call
transfer

Mib name:
iPProfileSBCPlayRBTToT
ransferee

INI Name:
IPPROFILE_SBCPLAYR
BTTOTRANSFEREE
Profile name: Not Profiled
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Parameter Type Provisioning
Name Type
SBC Remote Enum: Instant
Renegotiate dontCare(0),
On Fax onlylnAnswerSide(1),no(2)
Detection
SBC Remote Enum: Instant
Replaces | transparent(0), handle-locally(1)
Behavior
SBC RTCP Enum: Instant
Mode Transparent(0),
GenerateAlways(1),GenerateOnl
yIfRTPACctive(2)
SBC RTP Enum: Instant
Redundancy | Asls(0), Extend(1),Disallow(2)
Behavior
SBC SDP Enum: Instant
Ptime Answer RemoteAnswer(0),

OriginalOffer(1),PreferredValue(2
)

SBC Integer Instant
Preferred 0-200
Ptime

Default
Value

ll0ll

ll0ll

ll_1 n

ll0ll

ll0ll

ll0ll

Description

Describes if the remote
renegotiate on fax
detection

Mib name:
iPProfileSBCRemoteRene
gotiateOnFaxDetection
INI Name:
IPPROFILE_SBCREMOT
ERENEGOTIATEONFAX
DETECTION

Profile name: Not Profiled

Controls how SBC will
handle INVITE with
Replaces header

Mib name:
iPProfileSBCRemoteRepl
acesBehavior

INI Name:
IPPROFILE_SBCREMOT
EREPLACESBEHAVIOR
Profile name: Not Profiled

SBC RTCP Mode

Mib name:
iPProfileSBCRtcpMode
INI Name:
IPPROFILE_SBCRTCPM
ODE

Profile name: Not Profiled

SBC RTP Redundancy
Behavior

Mib name:
iPProfileSBCRTPRedund
ancyBehavior

INI Name:
IPPROFILE_SBCRTPRE
DUNDANCYBEHAVIOR
Profile name: Not Profiled

SBC SDP Ptime Answer
Mib name:
iPProfileSBCSDPPtimeAn
swer

INI Name:
IPPROFILE_SBCSDPPTI
MEANSWER

Profile name: Not Profiled

SBC Preferred PTime
Mib name:
iPProfileSBCPreferredPTi
me

INI Name:
IPPROFILE_SBCPREFE
RREDPTIME

Profile name: Not Profiled
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Parameter Type Provisioning
Name Type
SBC Use Enum: Instant
Silence Supp transparent(0), add(1),remove(2)
SBC 2833 Integer Instant
DTMF 0-200

Payload Type

2.42 Frame: SIP Recording

242.1 Tab: SIP Recording

Frame: SIP Recording, Tab: SIP Recording

Parameter
Name

Type
Type
Read-Only

Index Integer

0-29

Enum: Offline

disable(0), enable(1)

Enable Rec
Application

Default
Value

ll0ll

ll0ll

Provisioning = Default

Value

ll0ll

ll0ll

Description

SBC Use Silence
Suppression

Mib name:
iPProfileSBCUseSilenceS
upp

INI Name:
IPPROFILE_SBCUSESIL
ENCESUPP

Profile name: Not Profiled

Defines SBC RFC2833
DTMF Payload Type
Value

Mib name:
iPProfileSBC2833DTMFP
ayloadType

INI Name:
IPPROFILE_SBC2833DT
MFPAYLOADTYPE
Profile name: Not Profiled

Description

The index of the table

Mib name:
sipRecRoutingindex

INI Name:
SIPRECROUTING_INDEX
Profile name: Not Profiled

Enables SIP rec
functionality

Mib name:
sipRecEnableRecApplicatio
n

INI Name:
ENABLESIPREC

Profile name: Not Profiled
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Parameter
Name

Provisioning
Type

NA

Type

Enum:

Active(1),
NotInService(2),NotReady(3),Cre
ateAndGo(4),CreateAndWait(5),

Destroy(6)

Row Status

Server Dest Instant

Username

String
Up to 51 chars.

Recorded IP
Group ID

Integer Instant

-1-200

Recorded Instant
Source

Prefix

String
Up to 100 chars.

Recorded Instant
Destination

Prefix

String
Up to 100 chars.

Peer IP
Group ID

Integer Instant

-1-200

Default
Value

ll3ll

ll_1 n

nin

nin

ll_1 n

Description

Row-Status Textual
Conventions as defined in
RFC 2579: Textual
Conventions for SMiv2

Mib name:
sipRecRoutingRowStatus
INI Name:
SIPRECROUTING_ROWS
TATUS

Profile name: Not Profiled

SIPRec Server Destination
Username

Mib name:
sipRecServerDestUsernam
e

INI Name:
SIPRECSERVERDESTUS
ERNAME

Profile name: Not Profiled

Recorded IP Group ID
Mib name:
sipRecRoutingRecordedIP
GrouplD

INI Name:
SIPRECROUTING_RECO
RDEDIPGROUPID

Profile name: Not Profiled

Recorded Source Prefix
Mib name:
sipRecRoutingRecordedSo
urcePrefix

INI Name:
SIPRECROUTING_RECO
RDEDSOURCEPREFIX
Profile name: Not Profiled

Recorded Destination
Prefix

Mib name:
sipRecRoutingRecordedDe
stinationPrefix

INI Name:
SIPRECROUTING_RECO
RDEDDESTINATIONPREF
IX

Profile name: Not Profiled

Peer IP Group ID

Mib name:
sipRecRoutingPeerlPGroup
ID

INI Name:
SIPRECROUTING_PEERI
PGROUPID

Profile name: Not Profiled
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Parameter Type Provisioning = Default Description
Name Type Value
Peer Trunk Integer Instant 1" Peer Trunk Group ID
Group ID -1-241 Mib name:
sipRecRoutingPeerTrunkGr
ouplD
INI Name:
SIPRECROUTING_PEERT
RUNKGROUPID
Profile name: Not Profiled
Caller Enum: Instant "0" Caller
both(0), Mib name:
recordedParty(1),peerParty(2) sipRecRoutingCaller
INI Name:

SRSIP Integer Instant
Group ID -1-200

ll_1 n

SIPRECROUTING_CALLE
R
Profile name: Not Profiled

Recording Server (SRS) IP
Group ID

Mib name:
sipRecRoutingSRSIPGroup
ID

INI Name:
SIPRECROUTING_SRSIP
GROUPID

Profile name: Not Profiled
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2.43 Frame: SIP TEL Profile

243.1 Tab: General Settings

Frame: SIP TEL Profile, Tab: General Settings

Parameter Type Provisioning Default Description
Name Type Value
Profile Name String Instant " Profile Name
Up to 19 chars. Mib name: telProfileProfileName

INI Name: TELPROFILE_PROFILENAME
Profile name: Not Profiled
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2.43.2 Tab: Profile Parameters

Frame: SIP TEL Profile, Tab: Profile Parameters

Parameter Type
Name

Preference Integer
0-20

Fax Used Enum:
NoFax(0),
t38(1),9711(2),fallBack(3),Not
Configured(255)

DJBuf Min Integer
Delay 0-255

DJBuf Integer
Optimization 0-255
Factor

RTP DiffServ Integer
0-255

Signalling Integer
DiffServ 0-255

Type

Instant

Instant

Instant

Instant

Instant

Instant

Provisioning Default
Value

ll0ll

ll0ll

ll0ll

ll0ll

ll0ll

ll0ll

Description

Preference

Mib name: telProfilePreference
INI Name:
TELPROFILE_TELPREFEREN
CE

Profile name: Not Profiled

Use H.323/Annex D procedure
for real time FAX relay. To use
this feature, disable inband
DTMF by setting the
FaxTransportMode to 1.0 - No
fax , 1- T.38, 2- Fax Fallback
(G.711 with optimization).

Mib name: telProfilelsFaxUsed
INI Name:
TELPROFILE_ISFAXUSED
Profile name: Not Profiled

Dynamic Jitter Buffer Minimum
Delay (msec)

Mib name:
telProfileDJBufMinDelay

INI Name:
TELPROFILE_JITTERBUFMIN
DELAY

Profile name: Not Profiled

Dynamic jitter buffer frame
error/delay optimization

Mib name:
telProfileDJBufOptFactor

INI Name:
TELPROFILE_JITTERBUFOPT
FACTOR

Profile name: Not Profiled

IP DiffServ byte value

Mib name: telProfilelPDiffServ
INI Name:
TELPROFILE_IPDIFFSERV
Profile name: Not Profiled

Type Of Service bits in IP
header of signalling messages.
Mib name:
telProfileSigIPDiffServ

INI Name:
TELPROFILE_SIGIPDIFFSERV
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Voice Volume Integer Instant "32" | Voice Volume
-32-255 Mib name:
telProfileVoiceVolume
INI Name:

TELPROFILE_VOICEVOLUME
Profile name: Not Profiled

DTMF Integer Instant "20" | DTMF Volume

Volume -31-255 Mib name:
telProfileDTMFVolume
INI Name:

TELPROFILE_DTMFVOLUME
Profile name: Not Profiled

Input Gain Integer Instant "-32" | Input Gain
-32-255 Mib name: telProfilelnputGain
INI Name:

TELPROFILE_INPUTGAIN
Profile name: Not Profiled

Enable Digit Enum: Instant "0" Enables Digit delivery to TEL
Delivery Disable(0), side
Enable(1),NotConfigured(255 Mib name:
) telProfileEnableDigitDelivery
INI Name:
TELPROFILE_ENABLEDIGITD
ELIVERY
Profile name: Not Profiled

Enable Enum: Instant "o" FXO: Connect/Disconnect calls

Reversal No(0), upon detection of polarity

Polarity Yes(1),NotConfigured(255) reversal signal. FXS: generate
the signal
Mib name:
telProfileEnableReversalPolarity
INI Name:
TELPROFILE_ENABLEREVER
SEPOLARITY
Profile name: Not Profiled

Enable Enum: Instant "o" Disconnect call upon detection
Current No(0), of current disconnect signal
Disconnect = Yes(1),NotConfigured(255) Mib name:
telProfileEnableCurrentDisconne
ct
INI Name:
TELPROFILE_ENABLECURRE
NTDISCONNECT
Profile name: Not Profiled

Analog Lamp Enum: Instant "0" Enable MWI support using an
Disable(0), analog lamp (110 Volt)
Enable(1),NotConfigured(255 Mib name:
telProfileMWIanalogLamp
INI Name:

TELPROFILE_MWIANALOG
Profile name: Not Profiled
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Parameter
Name

Type
Type

Enum: Instant
Disable(0),

Enable(1),NotConfigured(255

Display

Dial Plan Integer Instant

Index -1-7

Enable Echo
Canceler

Enum: Instant
Disable(0),
Enable(1),NotConfigured(255

)

Max Flash
Hook
Detection
Period

Integer Instant

0-2000

Enum: Instant
Disable(0),
Enable(1),NotConfigured(255

)

Enable Early
Media

Progress Enum: Instant
Indicator To default(-1),
IP NoPI1(0),PI1(1),P18(8),NotConf

igured(255)

Enable FXO
Double
Answer

Enum: Instant
NotSet(-1),

Disabled(0),Enabled(1)

Provisioning Default

Value

ll0ll

ll_1 n

ll1ll

llOll

ll0ll

ll0ll

ll_1 n

Description

Enable MWI support using
Caller ID interface

Mib name: telProfileMWIDisplay
INI Name:
TELPROFILE_MWIDISPLAY
Profile name: Not Profiled

Defines the plan index to be
used from the external Dial Plan
file.

Mib name:
telProfileDialPlanindex

INI Name:
TELPROFILE_DIALPLANINDE
X

Profile name: Not Profiled

Enables or disables the echo
canceler.

Mib name: telProfileECE

INI Name:
TELPROFILE_ENABLEEC
Profile name: Not Profiled

Mib name:
telProfileMaxFlashHookDetectio
nPeriod

INI Name:
TELPROFILE_FLASHHOOKPE
RIOD

Profile name: Not Profiled

Enable Early Media

Mib name:
telProfileEnableEarlyMedia

INI Name:
TELPROFILE_ENABLEEARLY
MEDIA

Profile name: Not Profiled

Determine whether to send the
Progress Indicator to IP

Mib name:
telProfileProgressindicatorTolP
INI Name:
TELPROFILE_PROGRESSINDI
CATOR2IP

Profile name: Not Profiled

GwApp Tel Profile Table.

Mib name:

telProfileEnableF XODoubleAns
wer

INI Name:
TELPROFILE_ENABLEFXODO
UBLEANSWER

Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Enable DID Enum: Instant "o" Enable support for DID lines
Wink NotConfigured(-1), using Wink
disable(0),single(1),doubleWi Mib name:
nk(2),winkAndPolarity(3) telProfileEnableDIDWink
INI Name:
TELPROFILE_ENABLEDIDWIN
K
Profile name: Not Profiled
Is Two Stage Enum: Instant "0"
Dial NotConfigured(-1), Mib name:
Disable(0),Enable(1) telProfilelsTwoStageDial
INI Name:
TELPROFILE_ISTWOSTAGEDI
AL
Profile name: Not Profiled
Enable Voice Enum: Instant "o"
Mail Delay NotConfigured(-1), Mib name:
Disable(0),Enable(1) telProfileEnableVoiceMailDelay
INI Name:
TELPROFILE_ENABLEVOICE
MAILDELAY
Profile name: Not Profiled
Disconnect Enum: Instant "o"
On Busy NotConfigured(-1), Mib name:
Tone No(0),yes(1) telProfileDisconnectOnBusyTon
e
INI Name:
TELPROFILE_DISCONNECTO
NBUSYTONE
Profile name: Not Profiled
Time For Integer Instant "0" Duration of reorder tone playing
Reorder Tone 0-255 before FXO releases line
Mib name:
telProfileTimeForReorderTone
INI Name:
TELPROFILE_TIMEFORREOR
DERTONE
Profile name: Not Profiled
Enable 911 Enum: Instant "o" GwApp Tel Profile Table
PSAP NotConfigured(-1), Mib name:
Disable(0),Enable(1) telProfileEnable911PSAP
INI Name:
TELPROFILE_ENABLE911PSA
P
Profile name: Not Profiled
Enable AGC Enum: Instant "0"
NotConfigured(-1), Mib name: telProfileEnableAGC
Disable(0),Enable(1) INI Name:
TELPROFILE_ENABLEAGC
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
ECN Ip Mode Enum: Instant "o"
NotConfigured(-1), Mib name: telProfileECNIpMode
AdaptiveNLP(0),DisabledNLP INI Name:
(1),SilenceOutputNLP(2) TELPROFILE_ECNLPMODE
Profile name: Not Profiled
Swap Tel To Enum: Instant "o" GwApp Tel Profile Table
Ip Phone NotConfigured(-1), Mib name:
Numbers Disable(0),Enable(1) telProfileSwapTelTolpPhoneNu
mbers
INI Name:
TELPROFILE_SWAPTELTOIPP
HONENUMBERS

2.43.3 Tab: Coder Group

Profile name: Not Profiled

Frame: SIP TEL Profile, Tab: Coder Group

Parameter Type Provisioning Default Description
Name Type Value
Coders Group Integer Instant "0" | Coders Group ID
ID 0-4 Mib name: telProfileCodersGrouplD

INI Name:
TELPROFILE_CODERSGROUPID
Profile name: Not Profiled
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2.44 Frame: Snmp Provisioning

244.1 Tab: SNMP Managers Table

Frame: Snmp Provisioning, Tab: SNMP Managers Table

Parameter Type Provisioning Default Description
Name Type Value
Row Status Enum: Instant 1 The status of this conceptual row.
Active(1), To create a row in this table, a manager
NotInService(2), must
NotReady(3), set this object to either createAndGo(4) or
CreateAndGo(4), createAndWait(5).
CreateAndWait(5), Until instances of all corresponding columns
Destroy(6) are

appropriately configured, the value of the
corresponding instance of the
snmpTargetAddrRowStatus

column is 'notReady'.

In particular, a newly created row cannot be
made

active until the corresponding instances of
snmpTargetAddrTDomain,
snmpTargetAddrTAddress, and
snmpTargetAddrParams have all been set.
The following objects may not be modified
while the

value of this object is active(1):

- snmpTargetAddrTDomain

- snmpTargetAddrTAddress

An attempt to set these objects while the
value of

snmpTargetAddrRowStatus is active(1) will
result in

an inconsistentValue error.

Mib name: snmpTargetAddrRowStatus
Profile name: Not Profiled

Address String Instant |0.0.0.0:0 This object contains a transport address.
Up to 255 chars. The format of this address depends on the
value of the

snmpTargetAddrTDomain object.
Mib name: snmpTargetAddrTAddress
Profile name: Not Profiled

Params String Instant 1 The value of this object identifies an entry in
Up to 255 chars. the snmpTargetParamsTable. The identified
entry contains SNMP parameters to be used
when generating messages to be sent to
this transport address.
Mib name: snmpTargetAddrParams
Profile name: Not Profiled
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2.44.2 Tab: SNMPv3 Users

Frame: Snmp Provisioning, Tab: SNMPv3 Users

Parameter Type Provisioning Default Description
Name Type Value
User Status Enum: Instant 1 The status of this conceptual row.
Active(1), Until instances of all corresponding columns
NotInService(2), are appropriately configured, the value of
NotReady(3), the corresponding instance of the
CreateAndGo(4), usmUserStatus column is 'notReady'.
CreateAndWait(5), In particular, a newly created row for a user
Destroy(6) who employs authentication, cannot be

made active until the corresponding
usmUserCloneFrom and
usmUserAuthKeyChange have been set.
Further, a newly created row for a user who
also employs privacy, cannot be made
active until the usmUserPrivKeyChange has
been set.

The RowStatus TC [RFC2579] requires that
this DESCRIPTION clause states under
which circumstances other objects in this
row can be modified:

The value of this object has no effect on
whether other objects in this conceptual row
can be modified, except for
usmUserOwnAuthKeyChange and
usmUserOwnPrivKeyChange. For these 2
objects, the value of usmUserStatus MUST
be active.

Mib name: usmUserStatus

Profile name: Not Profiled

Security String Instant 1 A human readable string representing the
Name Up to 32 chars. user in Security Model independent format.

The default transformation of the User-
based Security Model dependent security ID
to the securityName and vice versa is the
identity function so that the securityName is
the same as the userName.
Mib name: usmUserSecurityName
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Auth Protocol Enum: Instant 1 An indication of whether messages sent on
None(0), MD5(1), behalf of this user to/from the SNMP engine
SHA(2) identified by usmUserEnginelD, can be

authenticated, and if so, the type of
authentication protocol which is used.

An instance of this object is created
concurrently with the creation of any other
object instance for the same user (i.e., as
part of the processing of the set operation
which creates the first object instance in the
same conceptual row).

If an initial set operation (i.e. at row creation
time) tries to set a value for an unknown or
unsupported protocol, then a 'wrongValue'
error must be returned.

The value will be overwritten/set when a set
operation is performed on the corresponding
instance of usmUserCloneFrom.

Once instantiated, the value of such an
instance of this object can only be changed
via a set operation to the value of the
usmNoAuthProtocol.

If a set operation tries to change the value
of an existing instance of this object to any
value other than usmNoAuthProtocol, then
an 'inconsistentValue' error must be
returned.

If a set operation tries to set the value to the
usmNoAuthProtocol while the
usmUserPrivProtocol value in the same row
is not equal to usmNoPrivProtocol, then an
'inconsistentValue' error must be returned.
That means that an SNMP command
generator application must first ensure that
the usmUserPrivProtocol is set to the
usmNoPrivProtocol value before it can set
the usmUserAuthProtocol value to
usmNoAuthProtocol.

Mib name: usmUserAuthProtocol

Profile name: Not Profiled

Auth Key String Instant 1 Password
Change Up to 255 chars. Mib name: usmUserAuthKeyChange
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Privacy Enum: Instant 0 An indication of whether messages sent on
Protocol None(0), DES(1), behalf of this user to/from the SNMP engine
AES(2) identified by usmUserEnginelD, can be

protected from disclosure, and if so, the type
of privacy protocol which is used.

An instance of this object is created
concurrently with the creation of any other
object instance for the same user (i.e., as
part of the processing of the set operation
which creates the first object instance in the
same conceptual row).

If an initial set operation (i.e. at row creation
time) tries to set a value for an unknown or
unsupported protocol, then a 'wrongValue'
error must be returned.

The value will be overwritten/set when a set
operation is performed on the corresponding
instance of usmUserCloneFrom.

Once instantiated, the value of such an
instance of this object can only be changed
via a set operation to the value of the
usmNoPrivProtocol.

If a set operation tries to change the value
of an existing instance of this object to any
value other than usmNoPrivProtocol, then
an 'inconsistentValue' error must be
returned.

Note that if any privacy protocol is used,
then you must also use an authentication
protocol. In other words, if
usmUserPrivProtocol is set to anything else
than usmNoPrivProtocol, then the
corresponding instance of
usmUserAuthProtocol cannot have a value
of usmNoAuthProtocol. If it does, then an
'inconsistentValue' error must be returned.
Mib name: usmUserPrivProtocol

Profile name: Not Profiled

Privacy Key String Instant 1 Password
Change Up to 255 chars. Mib name: usmUserPrivKeyChange
Profile name: Not Profiled
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2.45 Frame: SRD Provisioning

2451 Tab: SRD

Frame: SRD Provisioning, Tab: SRD

Parameter Type Provisioning Default Description
Name Type Value
Name String Instant " GwApp Signaling Routing Domain name.
Up to 20 chars. Mib name: srdName

INI Name: SRD_NAME
Profile name: Not Profiled

Media Realm rowPointer Instant "-1" | MediaRealm Name
Mib name: srdMediaRealm
INI Name: SRD_MEDIAREALM
Profile name: Not Profiled

Intra SRD Enum: Instant "0" | Internal SRD Media Anchoring
Media anchorMedia(0), Mib name: srdintraSRDMediaAnchoring
Anchoring DontAnchorMedia(1) INI Name:

SRD_INTRASRDMEDIAANCHORING
Profile name: Not Profiled

Block Enum: Instant "0" | Block Calls From Unregistered User
UnRegistered no(0), yes(1) Mib name: srdBlockUnRegUsers

Users INI Name: SRD_BLOCKUNREGUSERS

Profile name: Not Profiled
Max Number Integer Instant "-1"  Max Number Of Registered Users.
Of -1-3000 MP1xx - 25{@}M1K - 200{@}M2K-
Registered 250{@}M3K - 3000
Users Mib name: srdMaxNumOfRegUsers

INI Name: SRD_MAXNUMOFREGUSERS
Profile name: Not Profiled
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2.46 Frame: Static Route Settings

2.46.1 Tab: Static Route Settings

Frame: Static Route Settings, Tab: Static Route Settings

Parameter Type Provisioning Default Description
Name Type Value
Interface String Online Network interface name
Name Up to 16 chars. Mib name: acSysStaticRoutelnterfaceName
INI Name:

STATICROUTETABLE_INTERFACENAME
Profile name: Not Profiled

Destination String Online Destination IP address
Up to 45 chars. Mib name: acSysStaticRouteDestination
INI Name:
STATICROUTETABLE_DESTINATION
Profile name: Not Profiled
Prefix Length Integer Online "16"  Prefix length
0-128 Mib name: acSysStaticRoutePrefixLength
INI Name:
STATICROUTETABLE_PREFIXLENGTH
Profile name: Not Profiled
Gateway String Online IP gateway address
Up to 45 chars. Mib name: acSysStaticRouteGateway
INI Name:
STATICROUTETABLE_GATEWAY
Profile name: Not Profiled
Description String Online Static route description
Up to 29 chars. Mib name: acSysStaticRouteDescription

INI Name:
STATICROUTETABLE_DESCRIPTION
Profile name: Not Profiled
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2.47 Frame: System Settings Provisioning

247.1 Tab: Diagnostics

Frame: System Settings Provisioning, Tab: Diagnostics

Parameter Type Provisioning Default Description
Name Type Value
Enable Enum: Offline "0" Checks the correct
Diagnostics Disabled(0), functionality of the
BuiltinTest(1),BuiltinTestwithPartialFlash(2 different hardware
),BuiltinTestWithSDRAM(3),BuiltinTestOn components on the
UtopiaVxb(4),InternalUse(99) board. On completion

of the check, the
board sends an
EV_END_BIT value,
which contains
information on the
test results of each
hardware
component.
{@}0=No
diagnostics
(default){@}1 =
Perform diagnostics
(full test of DSPs,
PCM, Switch, LAN,
PHY and Flash){@}2
= Perform
diagnostics (full test
of DSPs, PCM,
Switch, LAN, PHY,
but partial, test of
Flash, a quicker
mode)

Mib name:
acSysDiagnosticsEn
able

INI Name:
ENABLEDIAGNOSTI
CS

Profile name: Not
Profiled
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Parameter
Name

Enable
Performanc
e Threshold

Alarms

Syslog
enable

Syslog
server Ip
Address

Syslog
Server Port
Number

Type

Enum:
Disable(0), Enable(1)

Enum:
Disable(0), Enable(1)

IP Address

Integer
0-65535

Provisioning Default
Type Value

Instant "0"

Online "o"

Online "0.0.0.0"

Online "514"

Description

This parameter
enables sending
SNMP traps and
Syslog messages
when performance of
the device is
degraded (according
to the configured
thresholds).

Mib name:
acSysDiagnosticsEn
ablePerformanceThr
esholdAlarms

INI Name:
PM_ENABLETHRES
HOLDALARMS
Profile name: Not
Profiled

Enable SyslLog
protocol log.

Mib name:
acSyslogEnable
INI Name:
ENABLESYSLOG
Profile name: Not
Profiled

This parameter
defines the IP
address in dotted
format notation.

e.g.,
192.10.1.255{@}Ran
ge = Legal IP
address

Mib name:
acSyslogServerlPAd
dress

INI Name:
SYSLOGSERVERIP
Profile name: Not
Profiled

Defines the Port
number of the Syslog
Server.

Range = Legal Port
Number

Mib name:
acSyslogAcSyslogSe
rverPortNumber

INI Name:
SYSLOGSERVERP
ORT

Profile name: Not
Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Syslog Integer Online "16" | parameter to
Facility 16-23 determine the facility
number at syslog
messages.

can be:{@}16 = local
use 0 (localO{@}17
= local use 1
(locall){@}..{@}23 =
local use 0 (local7)
Mib name:
acSyslogFacility

INI Name:
SYSLOGFACILITY
Profile name: Not
Profiled

247.2 Tab: Application Settings

Frame: System Settings Provisioning, Tab: Application Settings

Parameter Type Provisioning Default Description
Name Type Value
NTP
Primary Server String Instant " Defines the NTP
Address Up to 100 chars. Server FQDN or
IP address.
Mib name:
acSysNTPPrima
ryServerAddress
INI Name:
NTPSERVER

Profile name:
Digital System
Profile

Secondary String Instant Defines the NTP

Server Address Up to 100 chars. Secondary
FQDN or Server
IP address.
Mib name:
acSysNTPSeco
ndaryServerAdd
ress
INI Name:
NTPSECONDA
RYSERVER
Profile name:
Digital System
Profile
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Parameter
Name

Utc Offset
(seconds)

Update Interval
(seconds)

Auth Key Id

Provisioning
Type

Type

Integer Instant

-43200-43200

Integer Instant

1-2147483647

Integer Instant

-2147483648-2147483647

Default
Value

ll0ll

"86400"

ll0ll

Description

This parameter
is used to define
the NTP time to
offset, in
seconds.
{@}Default =
0{@}Range = -
43200 to
+43200 seconds
Mib name:
acSysNTPUtcOf
fset

INI Name:
NTPSERVERUT
COFFSET
Profile name:
Digital System
Profile

This parameter
defines the NTP
update interval,
in seconds. It's
inadvisable to
set it exceeding
1 month
(2592000
seconds).
Range = 0 to
2592000
seconds{@}Def
ault = 86400
seconds

Mib name:
acSysNTPUpdat
elnterval

INI Name:
NTPUPDATEIN
TERVAL
Profile name:
Digital System
Profile

NTP
authentication
key identifier (0
=no
authentication)
Mib name:
acSysNTPAuthK
eyld

INI Name:
NTPAUTHKEYI
D

Profile name:
Not Profiled
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Parameter
Name

Auth Md5 Key

Day Light Saving
Time

Mode

Offset (min)

Type Provisioning
Type
String Instant

Up to 31 chars.

Enum: Instant
Disable(0), Enable(1)

Integer Instant

0-120

Default
Value

ll0ll

ll60ll

Description

NTP
authentication
secret key

Mib name:
acSysNTPAuth
Md5Key

INI Name:
NTPAUTHMD5
KEY

Profile name:
Not Profiled

Determines
whether to
enable the time
ajustment to day
light saving time
while update
time from NTP
server

Mib name:
acSysDayLightS
avingTimeMode
INI Name:
DAYLIGHTSAVI
NGTIMEENABL
E

Profile name:
Digital System
Profile

when
DayLightSaving
TimeEnable is
Enable, this
parametes
determine the fix
size in minutes:
0-120

Mib name:
acSysDayLightS
avingTimeOffset
INI Name:
DAYLIGHTSAVI
NGTIMEOFFSE
T

Profile name:
Digital System
Profile
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Parameter
Name

Start
(mo:dd:hh:mm)

Type

String
Up to 16 chars.

Provisioning
Type

Instant

Default
Value

Description

This parameter
defines the date
and time of
starting day light
time in current
year.

2 Possible
Formats: 1. (Day
of Year)
mo:dd:hh:mm .
2. (Day of
Month)
mo:wday/week:h
h:mm where
week of month
is 01-04, or 05
for specifying
last week of the
month, and
wday is one of
the Week Days:
SUN, MON,
TUE, WED,
THU, FRI, SAT.
Mib name:
acSysDayLightS
avingTimeStart
INI Name:
DAYLIGHTSAVI
NGTIMESTART
Profile name:
Digital System
Profile
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Parameter
Name

End
(mo:dd:hh:mm)

STUN
STUN Enable

Type

String
Up to 16 chars.

Enum:
Disable(0), Enable(1)

Provisioning
Type

Instant

Offline

Default
Value

ll0ll

Description

This parameter
defines the date
and time of
ending day light
time in current
year.

2 Possible
Formats: 1. (Day
of Year)
mo:dd:hh:mm .
2. (Day of
Month)
mo:wday/week:h
h:mm where
week of month
is 01-04, or 05
for specifying
last week of the
month, and
wday is one of
the Week Days:
SUN, MON,
TUE, WED,
THU, FRI, SAT.
Mib name:
acSysDayLightS
avingTimeEnd
INI Name:
DAYLIGHTSAVI
NGTIMEEND
Profile name:
Digital System
Profile

This parameter
is used to
enable the
STUN module,
used for NAT
traversal of UDP
packets.

Mib name:
acSysSTUNEnNa
ble

INI Name:
ENABLESTUN
Profile name:
Digital System
Profile
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Parameter
Name

Primary Server
IP

Secondary
Server IP

Binding Life Time

Type Provisioning
Type
IP Address Offline
IP Address Offline
Integer Offline

0-2147483647

Default
Value

ll0ll

ll0ll

ll30ll

Description

Defines the
primary STUN
Server IP
address.
Range = Legal
IP address
Mib name:
acSysSTUNPri
maryServerlP
INI Name:
STUNSERVER
PRIMARYIP
Profile name:
Digital System
Profile

Defines the
secondary
STUN server IP
address.

Range = Legal
IP address

Mib name:
acSysSTUNSec
ondaryServerlP
INI Name:
STUNSERVER
SECONDARYIP
Profile name:
Digital System
Profile

This parameter
is used to define
the NAT binding
lifetime, in
seconds. STUN
refreshes the
binding
information after
this time
expires.

Range =0 -
2592000

Mib name:
acSysSTUNBInd
ingLifeTime

INI Name:
NATBINDINGD
EFAULTTIMEO
uT

Profile name:
Digital System
Profile
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Parameter Type Provisioning
Name Type

System NAT Enum:

Type stunDisabled(-1),
none(0),fullCone(1),restricted(2),p
ortRestricted(3),symmetric(4),sym
metricFireWall(5),blocked(6),unkn
own(7),natldentificationinProgress(

10)

Read-Only

Keep Alive Trap Integer Instant

Port 0-65334

DHCP

Default
Value

Description

"0" Identified NAT
type.;-1 - STUN
client is
disabled;0 -
None;1 -
FullCone;2 -
Restricted;3 -
PortRestricted;4
- Symmetric;5 -
SymmetricFireW
all;6 - Blocked;7
- Unknown;10 -
NAT
identification in
progress
Mib name:
acSysNATType
Profile name:
Not Profiled

"162" The port to
which the keep
alive traps are
sent to.

Mib name:
acSysSNMPKee
pAliveTrapPort
INI Name:
KEEPALIVETR
APPORT

Profile name:
Digital System
Profile
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Parameter Type
Name
DHCP Enable Enum:

Disable(0), Enable(1)

Provisioning

Description

Enables/disable
s DHCP
support.

{@}0=
Disable{@}1 =
Enable{@{@}Af
ter the gateway
is powered up, it
attempts to
communicate
with a BootP
server. If a
BootP server
does not
respond and if
DHCP is
enabled, the
gateway
attempts to
obtain its IP
address and
other network
parameters from
the DHCP
server. {@}Note
that throughout
the DHCP
procedure, the
BootP/TFTP
application must
be deactivated.
If it isn?t
deactivated, the
gateway
receives a
response from
the BootP server
instead of the
DHCP server.
{@}For
additional
information on
DHCP, refer to
the product
documentation.
{@}Note:
DHCPEnabile is
a special
?Hidden?
parameter.
Once defined
and saved in
flash memory,
its assigned
value doesn?t
revert to its
default even if
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Parameter
Name

DHCP Speed
Factor

Type

Integer
0-10

Provisioning
Type

Offline

Default
Value

ll1ll

Description

Controls the
DHCP renewal
speed. When
set to 0, the
DHCP lease
renewal is
disabled.
Otherwise, the
renewal time is
divided by this
factor. Some
DHCP-enabled
routers perform
better when set
to 4.

{@}0 = Disable
DHCP {@}1 =
Normal {@}2 to
10 = Fast

Mib name:
acSysIPDHCPS
peedFactor

INI Name:
DHCPSPEEDF
ACTOR

Profile name:
Digital System
Profile
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2.47.3 Tab: NFS Settings

Frame: System Settings Provisioning, Tab: NFS Settings

Parameter Type Provisioning Default Description
Name Type Value
Index Integer NA "0" | Index Field for line. Internal parameter.
0-15 Index can be up to 15 in dependency of
board type.

Mib name: acSysNFSIndex
INI Name: NFSSERVERS INDEX
Profile name: Not Profiled

Status Enum: NA "0" | ROWSTATUS field for line. Internal
parameter.
Mib name: acSysNFSRowStatus
Profile name: Digital NFS Profile

Host Or IP String Online The domain name or IP address of the NFS
Up to 39 chars. server. If a domain name is provided, then a
DNS server must be configured.
Mib name: acSysNFSHostOrIP
INI Name: NFSSERVERS_HOSTORIP
Profile name: Digital NFS Profile

Root Path String Online " Path to the root of the exported file system.
Up to 99 chars. Mib name: acSysNFSRootPath
INI Name: NFSSERVERS_ROOTPATH
Profile name: Digital NFS Profile

Nfs Version Enum: Online "3" NFS version to use with this remote file
v2(2), v3(3) system, 2 or 3 (default).
Mib name: acSysNFSNfsVersion
INI Name: NFSSERVERS_NFSVERSION
Profile name: Digital NFS Profile

Auth Type Enum: Online "1" | Identifies the authentication method used
null(0), unix(1) with this remote file system, O for
AUTH_NULL, 1 for AUTH_UNIX (default).
Mib name: acSysNFSAuthType
INI Name: NFSSERVERS_AUTHTYPE
Profile name: Digital NFS Profile

uiD Integer Online "0" | User ID used in authentication if using
0-2147483647 AUTH_UNIX. The default is 0.
Mib name: acSysNFSUID
INI Name: NFSSERVERS_UID
Profile name: Digital NFS Profile

GID Integer Online "1"  Group ID used in authentication if using
0-2147483647 AUTH_UNIX. The default is 1.
Mib name: acSysNFSGID
INI Name: NFSSERVERS_GID
Profile name: Digital NFS Profile

Version 6.8 295 June 2014



?E AudioCodes

Mediant 3000 with TP-8410

Parameter Type Provisioning Default
Name Type Value
Vlan Type Enum: Online "0"

oam(0), media(1)

Description

The VLAN, OAM(0) or Media(1), to use
when accessing this remote file system. The
default is to use;the media VLAN. This
parameters applies only if multiple IP
addresses are configured on this board.

Mib name: acSysNFSVlanType

INI Name: NFSSERVERS_VLANTYPE
Profile name: Digital NFS Profile
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2.47.4 Tab: Security Settings

Frame: System Settings Provisioning, Tab: Security Settings

Parameter Type Provisioning
Name Type
TLS &

Certificates

TLS Enum: Online
Version | SSL-2-3-and-TLS-
1(0), TLS-1-only(1)
TLS FIPS Enum: Offline
140 Mode disabled(0),
enabled(1)
HTTPS String Offline
Cipher Up to 200 chars.

String

Default
Value

ll0ll

ll0ll

ll0ll

Description

This parameter defines the supported
versions of SSL/TLS.

When set to 0, SSL/TLS handshakes
always start with SSL 2.0 and switch to
TLS 1.0 if both peers support it.
{@MWhen set to 1, TLS 1.0 is the only
version supported; clients attempting to
contact the device using SSL 2.0 will be
rejected.{@H@}Possible values:{@}0 =
SSL 2.0, SSL 3.0, and TLS 1.0 are
supported (default{@}1 = TLS 1.0 will
always be used

Mib name: acSysSecurityTLSVersion
INI Name: TLSVERSION

Profile name: Not Profiled

Determines whether to enable the
FIPS140 mode for TLS.

Mib name:
acSysSecurityTLSFIPS140Mode
INI Name: TLS_FIPS140_MODE
Profile name: Digital System Profile

Requires client certificates for HTTPS
connection. The client certificate must
be preloaded on the gateway, and its
matching private key must be installed
on the managing computer. Time and
date must be correctly set on the
gateway, for the client certificate to be
verified.

Mib name:
acSysWEBHTTPSCipherString

INI Name: HTTPSCIPHERSTRING
Profile name: Not Profiled
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Parameter
Name

HTTPS
Require
Client
Certificate

AUPD
Verify
Certificates

TLS Expiry
Check
Start

TLS Expiry
Check
Period

TLS Client
Cipher
String

OCsP

OCSP
Enable

Type

Enum:
disable(0),
enable(1)

Enum:
disable(0),
enable(1)

Integer
0-3650

Integer
1-3650

String

Up to 254 chars.

Enum:

disabled(0),
enabled(1)

Provisioning

Type

Online

Online

Instant

Instant

Instant

Instant

Default
Value

ll0ll

ll0ll

ll60ll

ll7ll

llOll

Description

Requires client certificates for HTTPS
connection.

The client certificate must be preloaded
on the gateway, and its matching private
key must be installed on the managing
computer.{@}Time and date must be
correctly set on the gateway, for the
client certificate to be verified.

Mib name:

acSysSecurityHT TPSRequireClientCertif
icate

INI Name:
HTTPSREQUIRECLIENTCERTIFICATE
Profile name: Digital System Profile

This parameter configures the
AutoUpdate facility to verify server
certificates when using HTTPS.

Mib name:
acSysSecurityAUPDVerifyCertificates
INI Name:
AUPDVERIFYCERTIFICATES
Profile name: Digital System Profile

The system will report when the TLS
server certificate is about to expire within
this number of days.

Mib name:

acSysSecurity TLSExpiryCheckStart

INI Name: TLSEXPIRYCHECKSTART
Profile name: Digital System Profile

Defines how often the system will check
for TLS server certificate expiry (in
days).

Mib name:

acSysSecurity TLSExpiryCheckPeriod
INI Name: TLSEXPIRYCHECKPERIOD
Profile name: Digital System Profile

Cipher-suite selection string for TLS
clients.

Mib name:
acSysWEBTLSClientCipherString

INI Name: TLSCLIENTCIPHERSTRING
Profile name: Not Profiled

Enables or disables certificate checking
via OCSP.

Mib name: acSysSecurityOcspEnable
INI Name: OCSPENABLE

Profile name: Digital System Profile
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Parameter Type Provisioning = Default Description

Name Type Value

OCSP inetAddressType Instant "0" This parameter defines the OCSP
Server IP server's IP address Type.

Type 0 - unknown{@}1 - IPv4{@)}2 - IPv6
Mib name:
acSysSecurityOcspServerlPType
Profile name: Digital System Profile

OCSP String Instant This parameter defines the OCSP

Server IP Up to chars. server's I[P address.

Range = Legal IP address

Mib name: acSysSecurityOcspServerlP

INI Name: OCSPSERVERIP

Profile name: Digital System Profile

OCSP inetAddressType Instant "0" This parameter defines the OCSP

Secondary secondary server's |IP address Type.
Server IP 0 - unknown{@}1 - IPv4{@)}2 - IPv6

Type Mib name:
acSysSecurityOcspSecondaryServerlPT
ype
Profile name: Not Profiled

OCSP String Instant This parameter defines the OCSP
Secondary Up to chars. secondary server |P address.
Server IP Range = Legal IP address
Mib name:
acSysSecurityOcspSecondaryServerlP
INI Name:
OCSPSECONDARYSERVERIP
Profile name: Not Profiled
OCSP Integer Instant "2560" | This parameter defines the OCSP
Server Port 1-32767 server's TCP port number.
Range = 1 to 32767.
Mib name:
acSysSecurityOcspServerPort
INI Name: OCSPSERVERPORT
Profile name: Digital System Profile
OCSP Enum: Instant "0" Determines default OCSP behavior
Default rejectPeerCertificat when the server cannot be contacted.
Response e(0), 0 = reject peer certificate.{@}1 = allow
allowPeerCertificat peer certificate.{@}
e(1) Mib name:
acSysSecurityOcspDefaultResponse
INI Name: OCSPDEFAULTRESPONSE
Profile name: Digital System Profile
Require Enum: Online "0" Verify the certification strictly - for SSL
Strict disable(0), Mib name:
Certificatio enable(1) acSysSecurityRequireStrictCertification
n INI Name: REQUIRESTRICTCERT
Profile name: Digital System Profile
Version 6.8 299 June 2014



7. - )
f & AudioCodes Mediant 3000 with TP-8410

2475 Tab: License

Frame: System Settings Provisioning, Tab: License

Parameter Type Provisioning Default Description
Name Type Value
Serial Integer Read-Only "0" | serial number of board.
Number 0-2147483647 Mib name: acSysldSerialNumber

Profile name: Not Profiled

Supported String Read-Only List of all avtivated features.
Features Up to 484 chars. Mib name: acSysLicenseKeyActiveList
Profile name: Not Profiled

247.6 Tab: Logging

Frame: System Settings Provisioning, Tab: Logging

Parameter Type Provisioning Type Default Description
Name Value

Index Integer Read-Only "0" The index of the

0-29 cost group.
Mib name:
loggingFiltersinde
X
INI Name:
LOGGINGFILTER
S_INDEX
Profile name: Not
Profiled

Debug IPAddress Instant Defines the
Recording destination IP
Destination IP address for
Debug Recording
default target
Mib name:
loggerDebugReco
rdingDestIP
INI Name:
DEBUGRECORDI
NGDESTIP
Profile name: Not
Profiled

Type Enum: Online "0" Type of logging
unknownFilter(0), filter
anyFilter(1),trunkldFilter(2),t Mib name:
runkGroupldFilter(3),bChan loggingFiltersType
nelFilter(4),fxsFxoFilter(5),te INI Name:
[TolpFilter(6),ipToTelFilter(7 LOGGINGFILTER
),ipGroupdFilter(8),srdFilter( S_FILTERTYPE
9),classificationFilter(10),ipT Profile name: Not
olpRoutingFilter(11),userFilt Profiled
er(12)

OAMP Guide 300 Document #: LTRT-32128



OAMP Guide

2. Provisioning Parameters

Parameter
Name

Debug
Recording
Destination
Port

Value

Debug
Recording
Status

Syslog

Type Provisioning Type Default Description
Value

Integer Instant "025" | Defines the

1-65535 destination UDP
Port for Debug
Recording default
target
Mib name:
loggerDebugReco
rdingDestPort
INI Name:
DEBUGRECORDI
NGDESTPORT
Profile name: Not
Profiled

String Online Value of log filter

Up to 19 chars. Mib name:
loggingFiltersValu
e
INI Name:
LOGGINGFILTER
S_VALUE
Profile name: Not
Profiled

Enum: Instant "o" Determines if

Stop(0), Start(1) Debug Recording
should be
Stopped (0) or
Started (1)
Mib name:
loggerDebugReco
rdingStatus
INI Name:
DEBUGRECORDI
NGSTATUS
Profile name: Not
Profiled

Enum: Online "0" Print Syslog

disable(0), enable(1) false(0) true(1)

Mib name:
loggingFiltersSysl
0g

INI Name:
LOGGINGFILTER
S SYSLOG
Profile name: Not
Profiled
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Parameter
Name

Capture Type

Row Status

Type

Enum:
captureNone(0),
captureSig(1),captureSigMe
dia(2),
captureSigMediaPCM(3),ca
pturePSTN(4)

Enum:

Active(1),
NotInService(2),NotReady(3
),CreateAndGo(4),CreateAn

dWait(5),Destroy(6)

Provisioning Type Default Description
Value
Online "0" Capture Type
Mib name:
loggingFiltersCapt
ureType
INI Name:

LOGGINGFILTER
S CAPTURETYP
E

Profile name: Not
Profiled

NA "3" Row-Status
Textual
Conventions as
defined in RFC
2579: Textual
Conventions for
SMIv2
Mib name:
loggingFiltersRow
Status
INI Name:
LOGGINGFILTER
S ROWSTATUS
Profile name: Not

Profiled
247.7 Tab: Test Call
Frame: System Settings Provisioning, Tab: Test Call
Parameter Type Provisioning Default Description
Name Type Value
Test Call ID String Instant " Incoming test call prefix
Up to 14 chars. Mib name: miscTestCalllD
INI Name: TESTCALLID
Profile name: TEST_CALL
SBC Test ID String Instant " Incoming SBC test ID (bypass TestCalllD)
Up to 14 chars. Mib name: miscSBCtestID
INI Name: SBCTESTID
Profile name: TEST_CALL
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2.48 Frame: TDM And Timing Parameters Provisioning

248.1 Tab: TDM

Frame: TDM And Timing Parameters Provisioning, Tab: TDM

Parameter Type Provisioning Default Description
Name Type Value
TDM Bus
TDM Bus Enum: Offline "0" | Selects the TDM bus interface to be
Type MVIP-BUS(0), SC- used (only one TDM bus interface can
BUS(1),USE- be enabled at one time although more
FRAMERS(2),QSLAC- than one can physically exist on the
BUS(3),USE-H110- board).
BUS(4),USE-EXT- Range:{@}0 = acMVIP_BUS{@}1 =
BUS(5),ANALOG- acSC_BUS{@}2 = acFRAMERS{@}4 =
BUS(6),USE-PSTN-SW- acH100_BUS{@}5 = EXT TDM{@}6 =
ONLY(8) Analog{@}8 = SW
Pstn{@H{@}Default:{@}TP-1610 and
TP-2810 = 2; TPM-1100 = 5; TP-260 =
1
Mib name: acSysTDMBusType
INI Name: TDMBUSTYPE
Profile name: Not Profiled
TDM Bus Enum: Offline "0" | Selects the TDM bus speed according
Speed acTDMBusSpeed-2Mbps(0), to the Bus Type as follows:
acTDMBusSpeed- SC = 0/2/3{@}H.110/H.100 =
4Mbps(2),acTDMBusSpeed- 3{@IMVIP = 0{@}Where: {@{@]}0 =
8Mbps(3),acTDMBusSpeed- 2048 kbps{@}2 = 4096 kbps{@}3 =
16Mbps(4) 8192 kbps{@}4 = 16384
kbps{@}Default: TP-260 = 2; All other
boards = 3
Mib name: acSysTDMBusSpeed
INI Name: TDMBUSSPEED
Profile name: Not Profiled
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2.48.2 Tab: Digital PCM Settings

Frame: TDM And Timing Parameters Provisioning, Tab: Digital PCM Settings

Parameter Type Provisioning Default Description
Name Type Value
PCM Law Enum: Offline "0" | Selects the type of PCM companding law in
Select MuLaw(3), input/output TDM bus (TDM bus is defined
ALaw(1),Automatic(0) using the TDMBusType parameter).

{@}1 = A-llaw{@}3 = Mu-Law

Mib name: acSysPCMLawSelect

INI Name: PCMLAWSELECT

Profile name: Digital TDM & Timing Profile

Idle PCM Integer Offline "0" | Defines the PCM pattern applied to the

Pattern 0-255 E1/T1 timeslot (B-channel) when the
channel is idle.
Default:{@}0xFF if PCMLawSelect is Mu-
Law{@}0xD5 if PCMLawSelect is A-
Law{@}Range = 0x00 to OxFF
Mib name: acSysPCMIdlePattern
INI Name: IDLEPCMPATTERN
Profile name: Digital TDM & Timing Profile

Idle ABCD Integer Offline "0" | Defines the ABCD (CAS) pattern to be
Pattern 0-255 applied on the signaling bus before it is

changed by the user or the PSTN protocol.
This is only relevant when using PSTN
interface with CAS protocaols.
Range = 0x0 to OxF
Mib name: acSysPCMIdleABCDPattern
INI Name: IDLEABCDPATTERN
Profile name: Digital TDM & Timing Profile

Serial Port Integer Offline "0" | Interval timeout in minutes, of the Serial
Audit Interval 0-60 Port audit. In case of 0 value, the audit isn't
Min running.
Mib name:
acSysPCMSerialPortAuditintervalMin
INI Name:

SERIALPORTAUDITINTERVALMIN
Profile name: Digital TDM & Timing Profile
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248.3 Tab: System Timing

Frame: TDM And Timing Parameters Provisioning, Tab: System Timing

Parameter Type Provisioning  Default Description
Name Type Value
Clock
Parameters
TDM Bus Clock Enum: Online """ Selects the clock source on
Source Internal(1), which the board
MVIP(3),Network(4),H110- synchronizes.
A(8),H110- 1 = Local oscillator{@}3 =
B(9),netReference1(10),Net MVIP{@}4 = PSTN
Reference2(11),SC- Network{@}8 =
2M(12),SC-4M(13),SC- H.110A{@}9 =
8M(14),BITS(15),Network- H.110B{@}10 =
b(16),ATM-OC3(17),ATM- NetRef1{@}11 =
0OC3-B(18),ATM- NetRef2{@}12 =
0C12(19),Network-DS3- SC2M{@}13 = SC4M{@}14
1(20),Network-DS3- = SC8M{@}15 =
2(21),Network-DS3-3(22) BITS{@}16 = Network-

B{@}17 = ATM-OC3{@}18
= ATM-OC3-B{@}19 =
ATM-0C12{@}20 =
Network-DS3-1{@}21 =
Network-DS3-2{@}22 =
Network-DS3-3{@}Default
= 1{@}TP-1610 =
3{@H@}The Paramater is
online for TP6310 and
TP8410 . For all other
boards, the parameter is
offline.

Mib name:
acSysTDMClockSource
INI Name:
TDMBUSCLOCKSOURCE
Profile name: Digital TDM &
Timing Profile

TDM Bus Enum: Online "0" Defines the auto fallback of
Enable Fall manual(0), autoNon- the clock.
Back Revertive(1),auto- Range: {@}0 = Manual{@}1
Revertive(2) = Auto Non-Revertive{@}2
= Auto Revertive
Mib name:
acSysTDMClockEnableFall
Back
INI Name:
TDMBUSENABLEFALLBA
CK
Profile name: Digital TDM &
Timing Profile
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Parameter
Name

Provisioning
Type

Type

TDM Bus
Fallback Clock

Enum: Online
Network(4), H110-
A(8),H110-
B(9),NetReference1(10),Net

Reference2(11)

TDM Bus
Master/Slave
Selection

Enum: Online
acTDMBusSlaveMode(0),

acTDMBusMasterMode(1),a
cH110BusSecondaryMaster

Mode(2)

TDM Bus Net
Reference
Speed

Enum: Online
acTH110BusNetRefSpeed-

8khz(0),
acTH110BusNetRefSpeed-
1544khz(1),acTH110BusNet

RefSpeed-20488khz(2)

Default
Value

ll4ll

ll0ll

ll0ll

Description

Selects the fallback clock
source on which board
synchronizes in the event of
clock failure.

4 = PSTN Network{@}8 =
H.110A{@}9 =
H.110B{@}10 =
NetRef1{@}11 = NetRef2
Mib name:
acSysTDMClockFallbackCl
ock

INI Name:
TDMBUSFALLBACKCLOC
K

Profile name: Digital TDM &
Timing Profile

Sets SC/MVIP/H.100/H.110
to either:

{@}0 = Slave mode
(another board in the
system must supply the
clock to the TDM bus) or
Master mode (the board is
the clock source for the
TDM bus) or Secondary
Master mode (for
H100/H110 Bus only). {@}1
= H110A Master in Master
mode{@}2 = H.110B
Master

Mib name:
acSysTDMClockMasterSlav
eSelection

INI Name:
TDMBUSMASTERSLAVES
ELECTION

Profile name: Digital TDM &
Timing Profile

Determines the NetRef
frequency (for both
generation and
synchronization).

0 = 8 kHz{@}1 = 1.544
MHz{@}2 = 2.048 MHz

Mib name:
acSysTDMClockNetRefSpe
ed

INI Name:
TDMBUSNETREFSPEED
Profile name: Digital TDM &
Timing Profile
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Parameter
Name

Type

TDM Bus Local
Reference

Integer
0-256

TDM Bus Auto
Fall Back
Enable

Enum:
disable(0), enable(1)

TDM Bus Auto
Fall Back
Reverting

Enable

Enum:
disable(0), enable(1)

Provisioning
Type

Online

Offline

Offline

Default
Value

ll0ll

ll0ll

ll0ll

Description

When the clock source is
set to Network, this
parameter selects the
Trunk ID to be used as the
clock synchronization
source of the board.

When using H.110/H.100
bus, this parameter also
selects the trunk used as
the clock source for the
NetRef clock generation (in
this case, the clock source
must not be set to
Network.{@}Range = 0 to
(MAX_TRUNK _NUM-1)
Mib name:
acSysTDMClockLocalRefer
ence

INI Name:
TDMBUSLOCALREFEREN
CE

Profile name: Digital TDM &
Timing Profile

Enables or disables the
PSTN trunk auto-fallback
feature.

Mib name:
acSysTDMClockAutoFallBa
ckEnable

INI Name:
TDMBUSPSTNAUTOCLO
CKENABLE

Profile name: Digital TDM &
Timing Profile

Enables/disables the PSTN
trunk auto-fallback reverting
feature.

Mib name:
acSysTDMClockAutoFallBa
ckRevertingEnable

INI Name:
TDMBUSPSTNAUTOCLO
CKREVERTINGENABLE
Profile name: Digital TDM &
Timing Profile
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2.49 Frame: Test Calls

2.49.1 Tab: General

Frame: Test Calls, Tab: General

Parameter Type Provisioning Default Description
Name Type Value
URI String Instant " | Endpoint URI (can be either 'user' or
Up to 152 chars. 'user@host’)

Mib name: testCallURI
INI Name: TEST_CALL _ENDPOINTURI
Profile name: TEST_CALL

Called URI String Instant " | Called URI
Up to 152 chars. Mib name: testCallCalledURI
INI Name: TEST_CALL_CALLEDURI
Profile name: TEST_CALL

Route By Enum: Instant "0" | Route By Type
tel21P(0), Mib name: testCallRouteBy
ipGroup(1),destAddress(2) INI Name: TEST_CALL_ROUTEBY
Profile name: TEST_CALL
IP Group Integer Instant "-1" | IP Group ID
ID -2-48 Mib name: testCalllPGrouplD

INI Name: TEST_CALL_IPGROUPID
Profile name: TEST_CALL

Dest String Instant " | Destination address and optional port
Address Up to 49 chars. Mib name: testCallDestAddress
INI Name:
TEST_CALL_DESTADDRESS
Profile name: TEST_CALL
Dest Enum: Instant "-1" | Destination transport type
Transport notConfigured(-1), Mib name: testCallDestTransportType
Type uDP(0),tCP(1),tLS(2) INI Name:
TEST_CALL_DESTTRANSPORTTYPE
Profile name: TEST_CALL
SRD Integer Instant "0" | SRD
-1-48 Mib name: testCallSRD
INI Name: TEST_CALL_SRD
Profile name: TEST_CALL
Application Enum: Instant "0" | Application type
Type ip2ip(0), sAs(1),sBC(2) Mib name: testCallApplicationType

INI Name:
TEST_CALL_APPLICATIONTYPE
Profile name: TEST_CALL
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2.49.2 Tab: Authentication

Frame: Test Calls, Tab: Authentication

Parameter Type Provisioning Default Value Description
Name Type
Auto Integer Instant  "false(0),true(1)" Auto register
Register 0-1 Mib name: testCallAutoRegister
INI Name:

TEST_CALL_AUTOREGISTER
Profile name: TEST_CALL

User Name String Instant " User name for registration
Up to 49 chars. Mib name: testCallUserName
INI Name: TEST_CALL_USERNAME
Profile name: TEST_CALL
Password String Instant " Password for registration

Mib name: testCallPassword
INI Name: TEST_CALL_PASSWORD
Profile name: TEST_CALL

2.49.3 Tab: Test Settings

Frame: Test Calls, Tab: Test Settings

Parameter Type Provisioning Default Description
Name Type Value
Call Party Enum: Instant "0" | Test call party - i.e. Caller or Called
Caller(0), Called(1) Mib name: testCallCallParty

INI Name: TEST_CALL_CALLPARTY
Profile name: TEST_CALL

Max Integer Instant "1" | Maximum concurrent channels for session
Channels 1-240 Mib name: testCallMaxChannels
INI Name: TEST_CALL_MAXCHANNELS
Profile name: TEST_CALL

Call Duration Integer Instant "20"  Call duration in seconds (-1 for auto, 0 for
-1-100000 infinite)
Mib name: testCallCallDuration
INI Name: TEST_CALL_CALLDURATION
Profile name: TEST_CALL

Calls Per Integer Instant "10" | Calls per second
Second 1-10 Mib name: testCallCallsPerSecond
INI Name:

TEST_CALL_CALLSPERSECOND
Profile name: TEST_CALL

Test Mode Enum: Instant "0" | Testmode
Once(0), Mib name: testCallTestMode
Continuous(1) INI Name: TEST_CALL_TESTMODE

Profile name: TEST_CALL
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Parameter Type Provisioning Default Description
Name Type Value
Test Duration Integer Instant "0" | Test duration (minutes)
0-100000 Mib name: testCallTestDuration

INI Name: TEST_CALL_TESTDURATION
Profile name: TEST_CALL

Play Enum: Instant "0" | Playback mode
Disable(0), Mib name: testCallPlay
DTMF(1) INI Name: TEST_CALL_PLAY
Profile name: TEST_CALL
Schedule Integer Instant "0" | 0 disables scheduling, any positive number
Interval 0-100000 defines the inetrval between scheduled calls

in minutes

Mib name: testCallSchedulelnterval

INI Name:

TEST_CALL_SCHEDULEINTERVAL
Profile name: TEST_CALL

2.50 Frame: Time Band Provisioning

250.1 Tab: Time Band

Frame: Time Band Provisioning, Tab: Time Band

Parameter Type Provisioning Default Description
Name Type Value
Start Time String Instant " | The start time and day of the time band.
Up to 13 chars. For example: FRI:08:00
Mib name: timebandStartTime
INI Name:

COSTGROUPTIMEBANDS STARTTIME
Profile name: Not Profiled

End Time String Instant " | The end time and day of the time band.
Up to 13 chars. For example: FRI:08:00
Mib name: timebandEndTime
INI Name: COSTGROUPTIMEBANDS_ENDTIME
Profile name: Not Profiled

Connect Integer Instant "0" | The cost per minute for calls within this timeband.
Cost 0-30000 Mib name: timebandConnectionCost
INI Name:

COSTGROUPTIMEBANDS CONNECTIONCOST
Profile name: Not Profiled

Time Cost Integer Instant "0" | The cost per minute for calls within this timeband.
0-30000 Mib name: timebandMinuteCost
INI Name:

COSTGROUPTIMEBANDS MINUTECOST
Profile name: Not Profiled
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2.51 Frame: Trunk Group

251.1 Tab: Trunk Group

Frame: Trunk Group, Tab: Trunk Group

Parameter Type Provisioning Default Description
Name Type Value
Module Integer Instant "-1" | Channels Module
-1-255 Mib name: channelsModule
INI Name: TRUNKGROUP_MODULE
Profile name: Not Profiled
Starting Integer Instant "1" | Starting Channel for this trunk/hunt group
Channel 1-2016 Mib name: channelsStartingCh
INI Name:
TRUNKGROUP_FIRSTBCHANNEL
Profile name: Not Profiled
Last Channel Integer Instant "1" | Last Channel for the trunk/hunt group
1-2016 Mib name: channelsLastCh
INI Name:
TRUNKGROUP_LASTBCHANNEL
Profile name: Not Profiled
Starting String Instant " Starting Phone Number
Phone Up to 50 chars. Mib name: channelsStartingPhoneNum
Number INI Name:
TRUNKGROUP_FIRSTPHONENUMBER
Profile name: Not Profiled
Trunk/Hunt Integer Instant "0" | Trunk/Hunt group ID
Group ID 0-255 Mib name: channelsTrunkGrouplD
INI Name:
TRUNKGROUP_TRUNKGROUPNUM
Profile name: Not Profiled
Trunk ID Integer Instant "0" | Trunk/Hunt group ID
0-255 Mib name: channelsTrunkID
INI Name:
TRUNKGROUP_FIRSTTRUNKID
Profile name: Not Profiled
Last Trunk ID Integer Instant "255" | Last Trunk/Hunt group ID
0-255 Mib name: channelsLastTrunklD
INI Name: TRUNKGROUP_LASTTRUNKID
Profile name: Not Profiled
Profile ID Integer Instant "0" | Profile ID
0-9 Mib name: channelsProfile|D
INI Name: TRUNKGROUP_PROFILEID
Profile name: Not Profiled
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2.52 Frame: Trunk Group Settings

2.52.1 Tab: Trunk Group Settings

Frame: Trunk Group Settings, Tab: Trunk Group Settings

Parameter Type Provisioning Type Default Description

Name Value

Trunk/Hunt Integer Instant "0" Trunk/Hunt group ID
Group ID 0-255 Mib name:
trunkGroupSettingsTr
unkGrouplID
INI Name:
TRUNKGROUPSET
TINGS_TRUNKGRO
UPID
Profile name: Not
Profiled
Channel Enum: Instant "0" Selects the next
Selection Mode ByPhoneNumber(0), available (free)
CyclicAscending(1),A Gateway port,
scendingAlways(2),C FXO/PSTN: affects
yclicDescending(3),D outgoing calls chanel
escendingAlways(4), selection FXS:affects
ByPhoneNumberCycli incoming call channel
cAscending(5),BySou selection
rcePhoneNumber(6), Mib name:
TrunkCyclicAscendin trunkGroupSettingsC
g(7), TrunkAndChann hannelSelectMode
elCyclicAscending(8), INI Name:
RingToHuntGroup(9), TRUNKGROUPSET
SelectTrunkBySuppel TINGS_CHANNELS
mentaryServicesTabl ELECTMODE
e(10),destNumberAn Profile name: Not
dAscending(11),Valu Profiled
eNotSet(255)
Registration Enum: Instant "255"

Mode PerEndpoint(0), Mib name:
PerGateway(1),NotAp trunkGroupSettingsR
plicable(2),DoNotRegi egistrationMode
ster(4),perAccount(5), INI Name:

ValueNotSet(255) TRUNKGROUPSET
TINGS_REGISTRAT
IONMODE
Profile name: Not
Profiled
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Parameter Type
Name

Contact User String Instant
Up to 50 chars.

Serving IP Group Integer Instant
-1-49

MWI Enum: Instant
Interrogation None(0),

Type UseActivateOnly(1),R
esultNotUsed(2),Use
Result(3),NotConfigur

ed(255)

Group Name String Instant
Up to 240 chars.

Provisioning Type

Default Description
Value

Mib name:
trunkGroupSettingsC
ontactUser

INI Name:
TRUNKGROUPSET
TINGS_CONTACTU
SER

Profile name: Not
Profiled

n_q
Mib name:
trunkGroupSettingsS
ervinglPGroup
INI Name:
TRUNKGROUPSET
TINGS_SERVINGIP
GROUP
Profile name: Not
Profiled

llOll
Mib name:
trunkGroupSettingsM
wilnterrogationType
INI Name:
TRUNKGROUPSET
TINGS_MWIINTERR
OGATIONTYPE
Profile name: Not
Profiled

Mib name:
trunkGroupSettingsG
roName

INI Name:
TRUNKGROUPSET
TINGS TRUNKGRO
UPNAME

Profile name: Not
Profiled
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2.53 Frame: Trunk Parameters Provisioning

2.53.1 Tab: General Settings

Frame: Trunk Parameters Provisioning, Tab: General Settings

Parameter
Name

Type

Name String

Up to 255 chars.

Enum:
lineTypeE1(10),
lineTypeT1(11),lineTypeBRI(12),line
TypeUnknown(21)

Line Type

Provisioning
Type

Online

Read-Only

Default
Value

ll0ll

Description

This variable
represent user defined
trunk name.

Mib name:
acTrunkName

INI Name:
DIGITALPORTINFO
Profile name: Not
Profiled

Line type.
lineTypeBRI(12) - If
the physical type is
BRL{@}lineTypeE1(10
YlineTypeT1(11) - For
non BRI IF when there
are other lines that are
already configured to
either E1 or
T1.{@}lineTypeUnkno
wn(-1) - For non BRI
IF when no lines are
configured.

Mib name:
acTrunkLineType
Profile name: Not
Profiled
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Parameter Type
Name
Protocol Enum:
Type NONE(0),

E1EurolSDN(1),T1Cas(2),T1RawCa
s(3),T1Transparent(4),E1Transpare
nt31(5),E1Transparent30(6),E1Mfcr
2(7),E1CasR2(8),E1RawCAS(9),T1-
NI2ISDN(10),T1-4EssISDN(11),T1-
5Ess-9-ISDN(12),T1-5Ess-10-
ISDN(13),T1-Dms100-ISDN(14),J1-
TRANSPARENT(15),T1-NTT-
ISDN(16),E1-AUSTEL-
ISDN(17),E1-HKT-ISDN(18),E1-
KOR-ISDN(19),T1-HKT-
ISDN(20),E1-QSIG(21),E1-TNZ-
22(22), T1-EXTRA-23(23),T1-
IUA(28),E1-IUA(29),E1-EXTRA-
30(30),E1-FRENCH-VN3-
ISDN(31),T1-EXTRA-
32(32),EXTRA-33(33),T1-EURO-
ISDN(34),T1-DMS100-MERIDIAN-
ISDN(35),T1-NI1-ISDN(36),E1-
DUA(37),E1-Q931-
PACKETS(38),T1-Q931-
PACKETS(39),E1-NI2-ISDN(40),E1-
CAS-R15(41),V5(43),BRI-EURO-
ISDN(50),BRI-NI-2(51),BRI-
DMS100(52),BRI-5ESS(53),BRI-
QSIG(54),BRI-VNG(55),BRI-
NTT(56),BRI-IUA(57)

Provisioning

Type

Online

Default
Value

llOll

Description

Used to set the PSTN
protocol to be used for
this trunk. Relevant
only when
TDMBusType=acFRA
MERS (2).
Either:{@}NONE =0
{@}E1_EURO_ISDN =
1{@}T1_CAS =2
{@}T1_RAW_CAS =3
{@}T1_TRANSPARE
NT =4
{@}E1_TRANSPARE
NT 31=5
{@}E1_TRANSPARE
NT _30=6
{@}E1_MFCR2 =7
{@}E1_CAS =8
{@}E1_RAW_CAS =9
{@}T1_NI2_ISDN =10
{@}T1_4ESS_ISDN =
11
{@}T1_5ESS_9 ISDN
=12
{@}T1_5ESS_10_ISD
N=13
{@}T1_DMS100_ISD
N=14
{@}J1_TRANSPAREN
T=15
{@}T1_NTT_ISDN =
16
{@}E1_AUSTEL _ISD
N=17
{@}E1_HKT_ISDN =
18 {@}E1_KOR_ISDN
=19
{@}T1_HKT_ISDN =
20 {@}E1_QSIG =21
{@}E1_TNZ_ISDN =
22 {@}T1_QSIG =23
{@}T1_IUA =28
{@}E1_IUA =29
{@}E1_FRENCH_VNG6
_ISDN =30
{@}E1_FRENCH_VN3
_ISDN = 31
{@}T1_EURO_ISDN =
34
{@}T1_DMS100_MER
IDIAN_ISDN = 35
{@}T1_NI1_ISDN = 36
{@}E1_DUA =37
{@}E1_Q931_PACKE
TS =
38{@}T1_Q931_PAC
KETS =
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Parameter
Name

Provisioning
Type

Type

Clock Online

Master

Enum:
acCLOCK-MASTER-OFF(0),
acCLOCK-MASTER-ON(1)

Enum: Online
EXTENDED-SUPER-FRAME(0),
SUPER-FRAME(1),E1-FRAMING-
DDF(2),E1-FRAMING-MFF-
CRC4(3),E1-FRAMING-MFF-CRC4-
EXT(4),T1-FRAMING-F4(6),T1-
FRAMING-F12(7),T1-FRAMING-
ESF(8),T1-FRAMING-ESF-CRC6
(9), T1-FRAMING-F72(10),T1-
FRAMING-ESF-CRC6-JT(11)

Enum:
acB82S(0), acAMI(1),acHDB3(2)

Framing
Method

Line Code Online

Default
Value

ll0ll

ll0ll

ll0ll

Description

Used to select the
trunk clock source.
@0 =
acCLOCK_MASTER _
OFF (clock recovered
from the line){@}1 =
acCLOCK_MASTER _
ON (the trunk clock
source is provided by
the internal/TDM bus
clock source
depending on the
parameter TDM Bus
Clock Source)
Mib name:
acTrunkClockMaster
INI Name:
CLOCKMASTER
Profile name: Not
Profiled

Selects the Framing
method to be used for
this trunk.

Mib name:
acTrunkFramingMetho
d

Profile name: Not
Profiled

Use to select line
code. B8ZS or AMI for
T1 spans and HDB3
or AMI for E1 spans.
{@}0 = Use B8ZS line
code (for T1 trunks
only = default@}1 =
Use AMI line code (for
T1 or E1 trunks){@}2
= Use HDB3 line code
(for E1 trunks only)
Mib name:
acTrunkLineCode

INI Name: LINECODE
Profile name: Not
Profiled
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Parameter
Name

Provisioning
Type

Type

Enum: Online
acNO-TRACE(0), acFULL-ISDN-
TRACE(1),acLAYER3-ISDN-
TRACE(2),acONLY-ISDN-Q931-
MSGS-TRACE(3),acLAYER3-ISDN-
TRACE-NO-
DUPLICATION(4),acFULL-ISDN-
TRACE-WITH-
DUPLICATION(5),aclSDN-Q931-
RAW-DATA-TRACE(6),acISDN-
Q921-RAW-DATA-
TRACE(7),aclSDN-Q931-Q921-
RAW-DATA-TRACE(8),acSS7-
MTP2(10),acSS7-MTP2-AND-
APPLI(11),acSS7-MTP2-SL-L3-NO-
MSU(12),acSS7-AAL(15)

Trace Level

Dial Plan
Name

String Instant

Up to 11 chars.

Default
Value

ll0ll

ll0ll

Description

Defines the Trace
level:

acNO_TRACE =
0{@}acFULL_ISDN_T
RACE =
1{@}acLAYER3_ISDN
_TRACE =
2{@}acONLY_ISDN _
Q931_MSGS_TRACE

3{@}acLAYER3_ISDN
_TRACE_NO_DUPLI
CATION =
4{@}acFULL _ISDN_T
RACE_WITH_DUPLIC
ATION =
5{@}acISDN_Q931 R
AW_DATA TRACE =
6{@}acISDN_Q921 R
AW_DATA TRACE =
7{@}aclSDN_Q931_Q
921 RAW_DATA TR
ACE =
8{@}acSS7_MTP2 =
10{@}acSS7_MTP2_
AND_APPLI =
11{@}acSS7_MTP2_
SL L3 NO_MSU =
12{@}acSS7_AAL =
15

Mib name:
acTrunkTracelLevel
INI Name:
TRACELEVEL

Profile name: Not
Profiled

Sets the Dial Plan
name that will be used
on the specific trunk.
{@}Range = string 11
characters

Mib name:
acTrunkDialPlanName
INI Name:
CASTRUNKDIALPLA
NNAME

Profile name: Not
Profiled
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Parameter Type Provisioning
Name Type

Auto Clock Integer Online
Priority 0-100

Default
Value

ll0ll

Description

Defines the trunk
priority for auto-clock
fallback (Priority
range: 0 - 100 (0 - 99
are priority settings, in
which 0 = highest
Priority and is the
default setting; 100 =
Do not choose this
trunk)

Mib name:
acTrunkAutoClockPrio
rity

INI Name:
AUTOCLOCKTRUNK
PRIORITY

Profile name: Not
Profiled
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2.53.2 Tab: ISDN Settings

Frame: Trunk Parameters Provisioning, Tab: ISDN Settings

Parameter Name Type Provisioning Default Value Description
Type
Common
Termination Side Enum: Online "0" Used to set the ISDN Termination
acUSER- to either User or Network.
TERMINA Termination = For ISDN only.
TION- User side = 0{@}Network side = 1
SIDE(0), Mib name:
acNETWO acTrunkISDNCommonTermination
RK- Side
TERMINA INI Name: TERMINATIONSIDE
TION- Profile name: Digital Trunk Profile
SIDE(1)
Q931 Layer Response | Enum: Online "0" Bit-field used to determine several
Behavior;NO STATUS behavior options, which influence
ON UNKNOWN IE;NO how the Q.931 protocol behaves.
STATUS ON INV OP Mib name:
IE;ACCEPT acTrunkISDNCommonQ931LayerR
UNKNOWN FAC esponseBehavior
IE;SEND USER INI Name: ISDNIBEHAVIOR
CONNECT Profile name: Digital Trunk Profile
ACK;EXPLICIT
INTERFACE
ID;ALWAYS
EXPLICIT;ACCEPT MU
LAW;EXPLICIT PRES
SCREENING;STATUS
INCOMPATIBLE
STATE;STATUS
ERROR
CAUSE;ACCEPT A
LAW;RESTART
INDICATION;FORCED
RESTART
Duplicate Q931 Buff = Integer Online "0" Activates / de-activates delivery of
Mode 0-255 raw Q.931 messages. Refer to the
VoPLib documentation ('ISDN
Flexible Behavior').
Mib name:
acTrunklISDNCommonDuplicateQ9
31BuffMode
INI Name:
ISDNDUPLICATEQ931BUFFMOD
E
Profile name: Digital Trunk Profile
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Parameter Name Type  Provisioning Default Value
Type
IUA Interface ID Integer Read-Only 1"
-1-
21474836
47
Incoming Calls Enum: Online "0"
Behavior;DATA CONN
RS;VOICE CONN
RS;CHAN ID IN FIRST
RS;USER SETUP
ACK;CHAN ID IN CALL
PROC;PROGR IND IN
SETUP ACK
Outgoing Calls Integer Online "0"
Behavior 0-65535
General CC Enum: Online "0"
Behavior;REVERSE
CHAN ALLOC

ALGO;CHAN ID 16
ALLOWED;USE T1
PRI;USE E1
PRI;START WITH B
CHAN OOS;CHAN
ALLOC
LOWEST;CHAN
ALLOC HIGHEST

Description

Defines the IUA trunk interface ID
value - unsigned integer - in RFC
3057 - SIGTRAN. Default =
OxFFFFFFFF.

Mib name:
acTrunkISDNCommonlualnterfacel
d

Profile name: Not Profiled

This is the bit-field used to
determine several behavior options
that influence how the ISDN Stack
INCOMING calls behave. Refer to
the Appendix A.8 'ISDN Flexible
Behavior' in the VoPLib Reference
Library User's Manual Document #:
LTRT-00740.

Mib name:
acTrunklSDNCommonincomingCall
sBehavior

INI Name:
ISDNINCALLSBEHAVIOR

Profile name: Digital Trunk Profile

This is the bit-field used to
determine several behavior options
that influence how the ISDN Stack
OUTGOING calls behave. Refer to
Appendix A.8 in the 'VoPLib
Reference Library User's Manual.
Mib name:
acTrunklISDNCommonOutgoingCall
sBehavior

INI Name:
ISDNOUTCALLSBEHAVIOR
Profile name: Digital Trunk Profile

This is the bit-field used to
determine several general ISDN
behavior options. Refer to the
Appendix A.8 'ISDN Flexible
Behavior' in the VoPLib Reference
Library User's Manual Document #:
LTRT-00740.

Mib name:
acTrunkISDNCommonGeneralCCB
ehavior

INI Name:
ISDNGENERALCCBEHAVIOR
Profile name: Digital Trunk Profile
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Parameter Name Type

NS Extension Behavior, Enum:
Bits;ANY
UUI;DISPLAY;FACILIT
Y REJECT

BRI Layer 2 Mode Enum:
BRI-L2-
MODE-
P2P(0),
BRI-L2-
MODE-
P2MP(1)

NFAS

D-channel configuration Enum:
acDCH-
CONFIG-
PRIMARY
(0)1
acDCH-
CONFIG-
BACKUP(
1),acDCH-
CONFIG-
NFAS(2)

ISDN NFAS Interface | Integer
ID 0-255

Provisioning Default Value

Type

Online

Online

Online

Online

ll0ll

ll0ll

ll0ll

ll0ll

Description

Bit-field used to determine several
behavior options, which influence
how the Q.931 protocol behaves.
Refer to the VoPLib documentation
(ISDN Flexible Behavior).

Mib name:
acTrunkISDNCommonNSBehaviour
2

INI Name: ISDNNSBEHAVIOUR2
Profile name: Digital Trunk Profile

Indicates point to point or point to
Multipoint mode for layer2.
Applicable in BRI trunks only. One
of the following values:{@}Point to
point = 0{@}Point to Multipoint =
Ha}@}

Mib name:
acTrunklISDNCommonBRILayer2M
ode

INI Name: BRILAYER2MODE
Profile name: Not Profiled

Defines D-channel configuration.
This setting is only applicable to
ISDN PRI protocols that support
NFAS and/or D-channel backup
procedures.

{@}0 = D-channel is Primary{@}1 =
Backup{@}2 = NFAS

Mib name:
acTrunklSDNNfasDchConfig

INI Name: DCHCONFIG

Profile name: Digital Trunk Profile

Defines the Interface ID. Works with
NS_EXPLICIT _INTERFACE_ID.
Refer to the VoPLib
documentation(ISDN Flexible
Behavior).

Default = (unsigned char)-
1.{@}{@}Range = 0 to 255

Mib name:
acTrunkISDNNfaslnterfaceld

INI Name:
ISDNNFASINTERFACEID
Profile name: Not Profiled
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Parameter Name Type  Provisioning Default Value
Type
Group Number Integer Online "0"
0-12
DPNSS
Real Channels Number Integer Online "30"
1-30
Virtual Channels Integer Online "30"
Number 0-30

Description

Relevant only for T1 ISDN NFAS
trunks indicates the group number
of the NFAS group. ;Valid NFAS
group numbers are only 1t0 9, 0
indicating that this trunk is not
NFAS (in this case the
ISDNNFASInterfacelD and
DchConfig parameters are ignored).
Mib name:
acTrunklISDNNfasGroupNumber
INI Name: NFASGROUPNUMBER
Profile name: Digital Trunk Profile

This parameter is relevant only to
protocol ISDN DPNSS. Defines the
number of real channels. Default
value is 30. Valid range 1 to 30.
Mib name:
acTrunkISDNDpnssNumRealChann
els

INI Name:
DPNSSNUMREALCHANNELS
Profile name: Digital Trunk Profile

This parameter is relevant only to
protocol ISDN DPNSS. Defines the
number of virtual channels. Default
value is 30. Valid range 0 to 30.
Mib name:
acTrunkISDNDpnssNumVirtualCha
nnels

INI Name:
DPNSSNUMVIRTUALCHANNELS
Profile name: Digital Trunk Profile
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Parameter Name Type  Provisioning Default Value
Type
Behavior;STOP Enum: Online

SABMR AFTER NL
AND NT1;FULL
STARTUP
SUCCESS;DLC O0S
AFTER NL AND
NT1;DLC OOS WHEN
L3 Q FULL;DASS2
PROTOCOL;SIMULTA
NEOUS
STARTUP;COMP SIG
BY PH

Description

The DPNSSBehaviour parameter
represents a Bit field parameter.
Each bit represents a specific type
of DPNSS behavior. Currently only
the first 2 bits are in use.

{@} -

DPNSS BEHAV_STOP_SABMR _
AFTER_NL_AND_NT1 bit: (bit #0,
bit mask 0x0001 {@}X@}When set
to 1: DPNSS stops repeating
SABMR after NL and NT1 limits are
exceeded.{@}When set to O:
DPNSS continues repeating
SABMR after NL and NT1 limits are
exceeded.{@}Default is 0 (continue
repeating SABMR{@K{@}-
DPNSS BEHAV_FULL_STARTUP
_SUCCESS bit: (bit #1, bit mask
0x0002){@}{@}When set to 1: the
Startup Procedure is considered as
a SUCCESS only when ALL DLCs
succeeded to Reset;{@}{@]}When
set to O: the Startup Procedure is
considered as a SUCCESS as soon
as 1 DLC succeeded to
Reset;{@}Default is 0: (only partial
reset is considered as a
success).{@QH@}

Mib name:
acTrunkISDNDpnssBehavior

INI Name: DPNSSBEHAVIOR
Profile name: Digital Trunk Profile
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2.53.3 Tab: Line Settings

Frame: Trunk Parameters Provisioning, Tab: Line Settings

Parameter Type
Name

Line Build Out Enum:
Loss ac0DB(0), ac7-
5DB(1),ac15DB
(2),ac22-
5DB(3)

Line Build Out Enum:
Overwrite acNO-OVER-
WRITE(0),
acOVER-
WRITE(1)

Line Build Out Integer
XPMO 0-255

Line Build Out Integer
XPM1 0-255

Line Build Out Integer
XPM2 0-255

Type

Online

Online

Online

Online

Online

Provisioning Default
Value

ll0ll

ll0ll

ll0ll

ll0ll

ll0ll

Description

Used to select the line build out loss to be
used for this trunk.

{@}0=0dB{@}1 =7.5dB{@}2 =15
dB{@}3 =22.5dB

Mib name: acTrunkLineBuildOutLoss

INI Name: LINEBUILDOUT.LOSS

Profile name: Digital SIP Trunk Profile

Used to overwrite the Framer's XPM
registers values (these registers control
the line pulse shape).

{@}0 = No overwrite{@}1 = Overwrite
Mib name: acTrunkLineBuildOutOverwrite
INI Name: LINEBUILDOUT.OVERWRITE
Profile name: Digital SIP Trunk Profile

Used to control the Framer's XPMO
register value (line pulse shape control).
Applicable only when
TrunkConfig.LineBuildOut.Overwrite=1.
{@}Should be used only by expert
users.{@H{@}Range = 0 to 255

Mib name: acTrunkLineBuildOutXPMO
INI Name: LINEBUILDOUT.XPMO
Profile name: Digital SIP Trunk Profile

Used to control the Framer's XPM1
register value (line pulse shape control).
Applicable only when
TrunkConfig.LineBuildOut.Overwrite=1.{@
}Should be used only by expert
users.{@H{@}Range = 0 to 255

Mib name: acTrunkLineBuildOutXPM1

INI Name: LINEBUILDOUT.XPM1

Profile name: Digital SIP Trunk Profile

Used to control the Framer's XPM2
register value (line pulse shape control).
Applicable only when
TrunkConfig.LineBuildOut.Overwrite=1.
{@}Should be used only by expert
users.{@H{@}Range = 0 to 255

Mib name: acTrunkLineBuildOutXPM2
INI Name: LINEBUILDOUT.XPM2
Profile name: Digital SIP Trunk Profile
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2.53.4 Tab: CAS Settings

Frame: Trunk Parameters Provisioning, Tab: CAS Settings

Parameter Type Provisioning Default Description

Name Type Value
Trunk Cas Integer Online "0" | This parameter determines which CAS
Table Index 0-7 protocol file to use on a specific trunk. The

index value corresponds to the number
configured for the parameter
CASFileName_X.

Range = not greater than the parameter
defining the PSTN CAS Table Num.
Mib name: acTrunkCASTablesIndex

INI Name: CASTABLEINDEX

Profile name: Digital SIP Trunk Profile

CAS Table String Instant Sets the Cas protocol table index per

per Channel  Up to 63 chars. channel.
User need to set each channel the table
number 0-7, with comma saperator between
channels:{@}"1,3,1,3,1,3.."
Mib name: acTrunk CASTablePerChannel
INI Name: CASCHANNELINDEX
Profile name: Digital SIP Trunk Profile

2.53.5 Tab: SIP Settings

Frame: Trunk Parameters Provisioning, Tab: SIP Settings

Parameter Type Provisioning Default Description
Name Type Value

Progress Enum: Instant "-1" | Override the value of
Indicator To NotSet(-1), progress indicator to
ISDN LocalRB(0),RemoteRB1(1),Rem ISDN side in ALERT
oteRB8(8) PROGRESS and
PROCEEDING
messages
Mib name:
progressindicatorTolSD
NValue
INI Name:
PROGRESSINDICATO
R2ISDN
Profile name: Not
Profiled
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Parameter
Name

Play Ring Back
Tone To Tel

Transfer
Capability To
ISDN

Local ISDN RB
Source

Pl For
Disconnect Msg

Type

Enum:
NotConfigured(-1),

ediaArrives(3)

Enum:

DoNotOverwrite(-1),
Modem(0),Voice(1),Data(2),Audi

o(3)

Enum:
pbx(0), gateway(1)

Integer
-1-8

Provisioning Default
Value

DoNotPlay(0),PlayOnLocal(1),Pr
eferlp(2),PlayLocalUntiIRemoteM

Type

Instant

Instant

Instant

Instant

ll2ll

ll0ll

ll0ll

ll_1 n

Description

Enable ringback tone
playing towards trunk
side. Refer to User's
Manual for details

Mib name:
playRBToneToTrunkVal
ue

INI Name:
PLAYRBTONE2TRUNK
Profile name: Not
Profiled

Send transfer capability
to ISDN side on setup
message -1:Do not
Overwrite 0:Audio 3.1
1:Speech 2:Data
3:Audio

Mib name:
iSDNTransferCapability
Value

INI Name:
ISDNTRANSFERCAPA
BILITY

Profile name: Not
Profiled

If the ringback tone
source is not IP, who
should supply the
Ringback tone. O -
PBX/PSTN (default) ; 1-
GW

Mib name:
locallSDNRBSourceValu
e

INI Name:
LOCALISDNRBSOURC
E

Profile name: Not
Profiled

Configure
PIForDisconnectMsg in
order to overwrite PI
value received in ISDN
Disconnect message
Mib name:
plForDisconnectMsgVal
ue

INI Name:
PIFORDISCONNECTM
SG

Profile name: Not
Profiled
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Parameter
Name

Type

Enum:
none(0),
casNFA(1),iSDN(2),casNormal(3
),QSIGSingleStep(4),QSIGPathR
eplacement(5)

Trunk Transfer
Mode

PSTN Alert
Timeout Value

Integer
-1-600

RTP Only Mode
For Trunk

Enum:
NotConfigured(-1),
Disable(0), TransmitReceive(1),Tr
ansmitOnly(2),ReceiveOnly(3)

B Channel
Negotiation For
Trunk Mode

Enum:
NotConfigured(-1),
Preferred(0),Exclusive(1),Any(2)

Provisioning Default
Value

Type

Instant

Instant

Instant

Instant

ll0ll

ll_1 n

ll_1 n

ll0ll

Description

The type of transfer the
PSTN/PBX supports
Mib name:
trunkTransferMode

INI Name:
TRUNKTRANSFERMO
DE

Profile name: Not
Profiled

Max time (in seconds) to
wait for connect from
PSTN

Mib name:
pSTNAlertTimeoutValue
INI Name:
TRUNKPSTNALERTTI
MEOUT

Profile name: Not
Profiled

immediately. -1 - takes
the RTPONLYMODE
global value per gatewa
0 - regular call
establishment. 1 - The
RTP channel open for
Rx And Tx. 2-The RTP
channel open only for Tx
3 -The RTP channel
open only fo Rx

Mib name:
rtpOnlyModeForTrunkRt
pOnlyModeForTrunk

INI Name:
RTPONLYMODEFORT
RUNK

Profile name: Not
Profiled

ISDN B-Channel
negotiation mode for
trunk

put MODE_NOT_SET (-
1) to use
BCHANNELNEGOTIATI
ON per Gateway

Mib name:
acBChannelNegotiation
ForTrunkMode

INI Name:
BCHANNELNEGOTIATI
ONFORTRUNK

Profile name: Not
Profiled
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Parameter
Name

Digital OOS
Behavior For
Trunk Value

Remove Calling
Name For Trunk
Mode

Call Rerouting
Mode

Type

Enum:
NotConfigured(-1),

default(0),Service(1),dChannel(2

),Alarm(3),Block(4)

Enum:
NotConfigured(-1),
Disable(0),Enable(1)

Enum:
none(0),
isdnReroutingEnabled(1)

Type

Instant

Instant

Instant

Provisioning Default
Value

ll_1 n

ll0ll

ll0ll

Description

Digital OOS Behavior for
trunk put
OOS_NOT_SET (-1) to
use
DIGITALOOSBEHAVIO
R per Gateway

Mib name:
acDigitalOOSBehaviorF
orTrunkValue

INI Name:
DIGITALOOSBEHAVIO
RFORTRUNK

Profile name: Not
Profiled

Remove Calling Name
For Trunk table .Set (-1)
to use the global
parameter
digitalGWextRemoveCal
lingName.

Mib name:
acRemoveCallingName
ForTrunkMode

INI Name:
REMOVECALLINGNAM
EFORTRUNK

Profile name: Not
Profiled

Call Rerouting Mode.
Set to 1 to enable ISDN
call rerouting

Mib name:
acCallReroutingModeFo
rTrunkMode

INI Name:
CALLREROUTINGMOD
E

Profile name: Not
Profiled
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2.54 Frame: Trunk Parameters Provisioning

2.54.1 Tab: General Settings

Frame: Trunk Parameters Provisioning, Tab: General Settings

Parameter Type
Name
Name String
Up to 255 chars.
Line Type Enum:
lineTypeE1(10),
lineTypeT1(11),lineTypeBRI(12),line
TypeUnknown(21)

Provisioning
Type

Online

Read-Only

Default
Value

ll0ll

Description

This variable
represent user
defined trunk
name.

Mib name:
acTrunkName
INI Name:
DIGITALPORTIN
FO

Profile name: Not
Profiled

Line type.
lineTypeBRI(12) -
If the physical
type is
BRL{@}lineTypeE
1(10)/lineTypeT1(
11) - For non BRI
IF when there are
other lines that
are already
configured to
either E1 or
T1.{@}lineTypeUn
known(-1) - For
non BRI IF when
no lines are
configured.

Mib name:
acTrunkLineType
Profile name: Not
Profiled
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Parameter Type Provisioning Default
Name Type Value
Protocol Type Enum: Online "o"
NONE(0),

E1EurolSDN(1),T1Cas(2),T1RawCa
s(3),T1Transparent(4),E1Transpare
nt31(5),E1Transparent30(6),E1Mfcr
2(7),E1CasR2(8),E1RawCAS(9),T1-
NI2ISDN(10),T1-4EssISDN(11),T1-
5Ess-9-1ISDN(12),T1-5Ess-10-
ISDN(13),T1-Dms100-ISDN(14),J1-
TRANSPARENT(15),T1-NTT-
ISDN(16),E1-AUSTEL-
ISDN(17),E1-HKT-ISDN(18),E1-
KOR-ISDN(19),T1-HKT-
ISDN(20),E1-QSIG(21),E1-TNZ-
22(22), T1-EXTRA-23(23),T1-
IUA(28),E1-IUA(29),E1-EXTRA-
30(30),E1-FRENCH-VN3-
ISDN(31),T1-EXTRA-
32(32),EXTRA-33(33),T1-EURO-
ISDN(34),T1-DMS100-MERIDIAN-
ISDN(35),T1-NI1-ISDN(36),E1-
DUA(37),E1-Q931-
PACKETS(38),T1-Q931-
PACKETS(39),E1-NI2-ISDN(40),E1-
CAS-R15(41),V5(43),BRI-EURO-
ISDN(50),BRI-NI-2(51),BRI-
DMS100(52),BRI-5ESS(53),BRI-
QSIG(54),BRI-VNG(55),BRI-
NTT(56),BRI-IUA(57)

Description

Used to set the
PSTN protocol to
be used for this
trunk. Relevant
only when
TDMBusType=ac
FRAMERS (2).
Either:{@}NONE
=0

{@}E1_EURO _IS
DN = 1
{@}T1_CAS=2
{@T1_RAW_CA
S=3
{@)T1_TRANSPA
RENT = 4
{@}E1_TRANSPA
RENT 31=5
{@}E1_TRANSPA
RENT 30 =6
{@}E1_MFCR2 =
7{@)E1_CAS=8
{@}E1_RAW_CA
S=9
{@)T1_NI2_ISDN
=10
{@)T1_4ESS_ISD
N =11
{@)T1_5ESS 9 |
SDN = 12
{@)}T1_5ESS_10_
ISDN = 13
{@)}T1_DMS100_|
SDN = 14
{@}J1_TRANSPA
RENT = 15
{@)T1_NTT_ISD
N=16
{@}E1_AUSTEL |
SDN = 17
{@}E1_HKT_ISD
N=18
{@}E1_KOR_ISD
N =19
{@)T1_HKT_ISD
N = 20
{@}E1_QSIG =

21
{@}E1_TNZ_ISD
N =22
{@)T1_QSIG = 23
{@)T1_IUA=28
{@}E1_IUA =29
{@E1_FRENCH_
VN6_ISDN = 30
{@}E1_FRENCH_
VN3_ISDN = 31

[LENT4 LM
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Parameter Type Provisioning
Name Type
Clock Master Enum: Online

acCLOCK-MASTER-OFF(0),
acCLOCK-MASTER-ON(1)

Framing Enum: Online
Method EXTENDED-SUPER-FRAME(0),
SUPER-FRAME(1),E1-FRAMING-
DDF(2),E1-FRAMING-MFF-
CRC4(3),E1-FRAMING-MFF-CRCA4-
EXT(4),T1-FRAMING-F4(6),T1-
FRAMING-F12(7),T1-FRAMING-
ESF(8),T1-FRAMING-ESF-CRC6
(9), T1-FRAMING-F72(10),T1-
FRAMING-ESF-CRC6-JT(11)

Default
Value

ll0ll

ll0ll

Description

Used to select the
trunk clock
source.

@}0 =
acCLOCK_MAST
ER_OFF (clock
recovered from
the line{@}1 =
acCLOCK_MAST
ER_ON (the trunk
clock source is
provided by the
internal/TDM bus
clock source
depending on the
parameter TDM
Bus Clock
Source)

Mib name:
acTrunkClockMas
ter
INI Name:
CLOCKMASTER
Profile name: Not
Profiled

Selects the
Framing method
to be used for this
trunk.

Mib name:
acTrunkFramingM
ethod

Profile name: Not
Profiled
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Parameter Type Provisioning
Name Type
Line Code Enum: Online

acB82S(0), acAMI(1),acHDB3(2)

Default
Value

ll0ll

Description

Use to select line
code. B8ZS or
AMI for T1 spans
and HDB3 or AMI
for E1 spans.
{@}0 = Use B8ZS
line code (for T1
trunks only =
default){@}1 =
Use AMI line code
(for T1 or E1
trunks{@}2 =
Use HDB3 line
code (for E1
trunks only)

Mib name:
acTrunkLineCode
INI Name:
LINECODE
Profile name: Not
Profiled
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Parameter Type
Name
Trace Level Enum:

acNO-TRACE(0), acFULL-ISDN-
TRACE(1),acLAYER3-ISDN-
TRACE(2),acONLY-ISDN-Q931-
MSGS-TRACE(3),acLAYER3-ISDN-
TRACE-NO-
DUPLICATION(4),acFULL-ISDN-
TRACE-WITH-
DUPLICATION(5),aclSDN-Q931-
RAW-DATA-TRACE(6),acISDN-
Q921-RAW-DATA-
TRACE(7),aclSDN-Q931-Q921-
RAW-DATA-TRACE(8),acSS7-
MTP2(10),acSS7-MTP2-AND-
APPLI(11),acSS7-MTP2-SL-L3-NO-
MSU(12),acSS7-AAL(15)

Provisioning
Type

Online

Default
Value

ll0ll

Description

Defines the Trace
level:
acNO_TRACE =
0{@}acFULL_ISD
N_TRACE =
1{@}acLAYERS3 |
SDN_TRACE =
2{@}acONLY_IS
DN_Q931_MSGS
_TRACE =
3{@}acLAYERS3 |
SDN_TRACE_NO
_DUPLICATION =
4{@}acFULL_ISD
N_TRACE_WITH
_DUPLICATION =
5{@}acISDN_Q93
1 RAW _DATA T
RACE =
6{@}acISDN_Q92
1 RAW _DATA T
RACE =
7{@}acISDN_Q93
1 Q921 RAW D
ATA TRACE =
8{@}acSS7_MTP
2=
10{@}acSS7_MT
P2 AND APPLI =
11{@}acSS7_MT
P2 SL L3 NO M
SU =
12{@}acSS7_AAL
=15

Mib name:
acTrunkTracelLev
el

INI Name:
TRACELEVEL
Profile name: Not
Profiled
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Parameter
Name

Dial Plan
Name

Auto Clock
Priority

Type

String
Up to 11 chars.

Integer
0-100

Provisioning
Type

Instant

Online

Default
Value

ll0ll

ll0ll

Description

Sets the Dial Plan
name that will be
used on the
specific trunk.
{@}Range =
string 11
characters

Mib name:
acTrunkDialPlanN
ame

INI Name:
CASTRUNKDIAL
PLANNAME
Profile name: Not
Profiled

Defines the trunk
priority for auto-
clock fallback
(Priority range: O -
100 (0 - 99 are
priority settings, in
which 0 = highest
Priority and is the
default setting;
100 = Do not
choose this trunk)
Mib name:
acTrunkAutoClock
Priority

INI Name:
AUTOCLOCKTR
UNKPRIORITY
Profile name: Not
Profiled
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2.54.2 Tab: ISDN Settings

Frame: Trunk Parameters Provisioning, Tab: ISDN Settings

Parameter Name Type  Provisioning Default Description
Type Value
Common
Termination Side Enum: Online "0" Used to set the ISDN Termination to
acUSER- either User or Network. Termination =
TERMINA For ISDN only.
TION- User side = 0{@}Network side = 1
SIDE(0), Mib name:
acNETWO acTrunkISDNCommonTerminationSide
RK- INI Name: TERMINATIONSIDE
TERMINA Profile name: Digital Trunk Profile
TION-
SIDE(1)
Q931 Layer Response | Enum: Online "0" Bit-field used to determine several
Behavior;NO STATUS behavior options, which influence how
ON UNKNOWN IE;NO the Q.931 protocol behaves.
STATUS ON INV OP Mib name:
IE;ACCEPT acTrunkISDNCommonQ931LayerResp
UNKNOWN FAC onseBehavior
IE;SEND USER INI Name: ISDNIBEHAVIOR
CONNECT Profile name: Digital Trunk Profile
ACK;EXPLICIT
INTERFACE
ID;ALWAYS
EXPLICIT;ACCEPT MU

LAW;EXPLICIT PRES
SCREENING;STATUS
INCOMPATIBLE
STATE;STATUS
ERROR
CAUSE;ACCEPT A
LAW;RESTART
INDICATION;FORCED

RESTART
Duplicate Q931 Buff = Integer Online "0" Activates / de-activates delivery of raw
Mode 0-255 Q.931 messages. Refer to the VoPLib
documentation ('ISDN Flexible
Behavior').
Mib name:
acTrunklISDNCommonDuplicateQ931B
uffMode
INI Name:
ISDNDUPLICATEQ931BUFFMODE
Profile name: Digital Trunk Profile
IUA Interface ID Integer Read-Only 1" Defines the IUA trunk interface ID
-1- value - unsigned integer - in RFC 3057
21474836 - SIGTRAN. Default = OXFFFFFFFF.
47 Mib name:

acTrunkISDNCommonlualnterfaceld
Profile name: Not Profiled
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Parameter Name Type  Provisioning Default Description
Type Value
Incoming Calls Enum: Online "0" This is the bit-field used to determine

Behavior;DATA CONN several behavior options that influence

RS;VOICE CONN how the ISDN Stack INCOMING callls
RS;CHAN ID IN FIRST behave. Refer to the Appendix A.8

RS;USER SETUP 'ISDN Flexible Behavior' in the VoPLib
ACK;CHAN ID IN CALL Reference Library User's Manual
PROC;PROGR IND IN Document #: LTRT-00740.

SETUP ACK Mib name:
acTrunklISDNCommonincomingCallsB
ehavior
INI Name: ISDNINCALLSBEHAVIOR
Profile name: Digital Trunk Profile

Outgoing Calls Integer Online "0" This is the bit-field used to determine
Behavior 0-65535 several behavior options that influence
how the ISDN Stack OUTGOING calls
behave. Refer to Appendix A.8 in the
'VoPLib Reference Library User's
Manual.
Mib name:
acTrunklISDNCommonOutgoingCallsB
ehavior
INI Name:
ISDNOUTCALLSBEHAVIOR
Profile name: Digital Trunk Profile
General CC Enum: Online "0" This is the bit-field used to determine
Behavior;REVERSE several general ISDN behavior
CHAN ALLOC options. Refer to the Appendix A.8
ALGO;CHAN ID 16 'ISDN Flexible Behavior' in the VoPLib
ALLOWED;USE T1 Reference Library User's Manual
PRI;USE E1 Document #: LTRT-00740.
PRI;START WITH B Mib name:
CHAN OOS;CHAN acTrunklISDNCommonGeneralCCBeh
ALLOC avior
LOWEST;CHAN INI Name:
ALLOC HIGHEST ISDNGENERALCCBEHAVIOR
Profile name: Digital Trunk Profile
NS Extension Behavior Enum: Online "0" Bit-field used to determine several
Bits;ANY behavior options, which influence how
UUI;DISPLAY;FACILIT the Q.931 protocol behaves.
Y REJECT Refer to the VoPLib documentation
(ISDN Flexible Behavior).
Mib name:
acTrunkISDNCommonNSBehaviour2
INI Name: ISDNNSBEHAVIOUR2
Profile name: Digital Trunk Profile
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Parameter Name Type  Provisioning Default Description
Type Value
BRI Layer 2 Mode Enum: Online "0" Indicates point to point or point to
BRI-L2- Multipoint mode for layer2.
MODE- Applicable in BRI trunks only. One of
P2P(0), the following values:{@}Point to point =
BRI-L2- 0{@}Point to Multipoint = 1{@K@}
MODE- Mib name:
P2MP(1) acTrunklISDNCommonBRILayer2Mode
INI Name: BRILAYER2MODE
Profile name: Not Profiled
NFAS
D-channel configuration Enum: Online "0" Defines D-channel configuration. This
acDCH- setting is only applicable to ISDN PRI
CONFIG- protocols that support NFAS and/or D-
PRIMARY channel backup procedures.
(0), {@}0 = D-channel is Primary{@}1 =
acDCH- Backup{@}2 = NFAS
CONFIG- Mib name:
BACKUP( acTrunklSDNNfasDchConfig
1),acDCH- INI Name: DCHCONFIG
CONFIG- Profile name: Digital Trunk Profile
NFAS(2)
ISDN NFAS Interface | Integer Online "0" Defines the Interface ID. Works with
ID 0-255 NS_EXPLICIT_INTERFACE_ID. Refer
to the VoPLib documentation(ISDN
Flexible Behavior).
Default = (unsigned char)-
1.{@}{@}Range = 0 to 255
Mib name:
acTrunklSDNNfaslnterfaceld
INI Name: ISDNNFASINTERFACEID
Profile name: Not Profiled
Group Number Integer Online "0" Relevant only for T1 ISDN NFAS
0-12 trunks indicates the group number of
the NFAS group. ;Valid NFAS group
numbers are only 1 to 9, 0 indicating
that this trunk is not NFAS (in this case
the ISDNNFASInterfacelD and
DchConfig parameters are ignored).
Mib name:
acTrunklISDNNfasGroupNumber
INI Name: NFASGROUPNUMBER
Profile name: Digital Trunk Profile
DPNSS
Real Channels Number Integer Online "30" This parameter is relevant only to
1-30 protocol ISDN DPNSS. Defines the
number of real channels. Default value
is 30. Valid range 1 to 30.
Mib name:
acTrunkISDNDpnssNumRealChannels
INI Name:
DPNSSNUMREALCHANNELS
Profile name: Digital Trunk Profile
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Parameter Name Provisioning

Type

Type

Virtual Channels Online

Number

Integer
0-30

Behavior;STOP Online
SABMR AFTER NL
AND NT1;FULL
STARTUP
SUCCESS;DLC O0S
AFTER NL AND
NT1;DLC OOS WHEN
L3 Q FULL;DASS2
PROTOCOL;SIMULTA
NEOUS
STARTUP;COMP SIG
BY PH

Enum:

Default
Value

ll30ll

ll0ll

Description

This parameter is relevant only to
protocol ISDN DPNSS. Defines the
number of virtual channels. Default
value is 30. Valid range 0 to 30.

Mib name:
acTrunkISDNDpnssNumVirtualChanne
Is

INI Name:
DPNSSNUMVIRTUALCHANNELS
Profile name: Digital Trunk Profile

The DPNSSBehaviour parameter
represents a Bit field parameter. Each
bit represents a specific type of
DPNSS behavior. Currently only the
first 2 bits are in use.

{@} -
DPNSS_BEHAV_STOP_SABMR_AFT
ER_NL_AND_NT1 bit: (bit #0, bit mask
0x0001){@H@}When set to 1: DPNSS
stops repeating SABMR after NL and
NT1 limits are exceeded.{@}When set
to 0: DPNSS continues repeating
SABMR after NL and NT1 limits are
exceeded.{@}Default is 0 (continue
repeating SABMR{@K{@}-

DPNSS BEHAV_FULL _STARTUP_S
UCCESS bit: (bit #1, bit mask
0x0002){@}{@}When set to 1: the
Startup Procedure is considered as a
SUCCESS only when ALL DLCs
succeeded to Reset;{@}@}When set
to O: the Startup Procedure is
considered as a SUCCESS as soon as
1 DLC succeeded to Reset;{@}Default
is 0: (only partial reset is considered as
a success).{@H@}

Mib name:
acTrunkISDNDpnssBehavior

INI Name: DPNSSBEHAVIOR

Profile name: Digital Trunk Profile
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2.54.3 Tab: Line Settings

Parameter

Name

Line Build
Out Loss

Line Build
Out
Overwrite

Line Build
Out XPMO

Line Build
Out XPM1

Line Build
Out XPM2

Frame: Trunk Parameters Provisioning, Tab: Line Settings

Type

Enum:
ac0DB(0), ac7-
5DB(1),ac15DB(2)
,ac22-5DB(3)

Enum:
acNO-OVER-
WRITE(0),
acOVER-
WRITE(1)

Integer
0-255

Integer
0-255

Integer
0-255

Type

Online

Online

Online

Online

Online

Provisioning Default
Value

ll0ll

ll0ll

ll0ll

ll0ll

ll0ll

Description

Used to select the line build out loss to be
used for this trunk.

{@}0=0dB{@}1 =7.5dB{@}2 =15
dB{@}3 =22.5dB

Mib name: acTrunkLineBuildOutLoss

INI Name: LINEBUILDOUT.LOSS

Profile name: Digital SIP Trunk Profile

Used to overwrite the Framer's XPM
registers values (these registers control the
line pulse shape).

{@}0 = No overwrite{@}1 = Overwrite

Mib name: acTrunkLineBuildOutOverwrite
INI Name: LINEBUILDOUT.OVERWRITE
Profile name: Digital SIP Trunk Profile

Used to control the Framer's XPMO register
value (line pulse shape control).

Applicable only when
TrunkConfig.LineBuildOut.Overwrite=1.
{@}Should be used only by expert
users.{@H@}Range = 0 to 255

Mib name: acTrunkLineBuildOutXPMO

INI Name: LINEBUILDOUT.XPMO

Profile name: Digital SIP Trunk Profile

Used to control the Framer's XPM1 register
value (line pulse shape control).

Applicable only when
TrunkConfig.LineBuildOut.Overwrite=1.{@}
Should be used only by expert
users.{@H{@}Range = 0 to 255

Mib name: acTrunkLineBuildOutXPM1

INI Name: LINEBUILDOUT.XPM1

Profile name: Digital SIP Trunk Profile

Used to control the Framer's XPM2 register
value (line pulse shape control).

Applicable only when
TrunkConfig.LineBuildOut.Overwrite=1.
{@}Should be used only by expert
users.{@H@}Range = 0 to 255

Mib name: acTrunkLineBuildOutXPM2

INI Name: LINEBUILDOUT.XPM2

Profile name: Digital SIP Trunk Profile
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2.54.4 Tab: CAS Settings

Frame: Trunk Parameters Provisioning, Tab: CAS Settings

Parameter Type Provisioning Default Description

Name Type Value
Trunk Cas Integer Online "0" | This parameter determines which CAS
Table Index 0-7 protocol file to use on a specific trunk. The

index value corresponds to the number
configured for the parameter
CASFileName_X.

Range = not greater than the parameter
defining the PSTN CAS Table Num.
Mib name: acTrunkCASTablesIndex

INI Name: CASTABLEINDEX

Profile name: Digital SIP Trunk Profile

CAS Table String Instant Sets the Cas protocol table index per

per Channel  Up to 63 chars. channel.
User need to set each channel the table
number 0-7, with comma saperator between
channels:{@}"1,3,1,3,1,3.."
Mib name: acTrunk CASTablePerChannel
INI Name: CASCHANNELINDEX
Profile name: Digital SIP Trunk Profile

2545 Tab: SIP Settings

Frame: Trunk Parameters Provisioning, Tab: SIP Settings

Parameter Type Provisioning Default Description
Name Type Value

Progress Enum: Instant 1" Override the value of
Indicator To NotSet(-1), progress indicator to
ISDN LocalRB(0),RemoteRB1(1),RemoteRB ISDN side in ALERT
8(8) PROGRESS and
PROCEEDING
messages
Mib name:
progressindicatorTol
SDNValue
INI Name:
PROGRESSINDICA
TOR2ISDN
Profile name: Not
Profiled
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Parameter Type Provisioning
Name Type
Play Ring Enum: Instant
Back Tone NotConfigured(-1),
To Tel  DoNotPlay(0),PlayOnLocal(1),Preferlp(
2),PlayLocalUntiIRemoteMediaArrives(
3)
Transfer Enum: Instant
Capability DoNotOverwrite(-1),
To ISDN | Modem(0),Voice(1),Data(2),Audio(3)
Local ISDN Enum: Instant
RB Source pbx(0), gateway(1)

Default
Value

ll2ll

ll0ll

ll0ll

Description

Enable ringback tone
playing towards trunk
side. Refer to User's
Manual for details
Mib name:
playRBToneToTrunk
Value

INI Name:
PLAYRBTONE2TRU
NK

Profile name: Not
Profiled

Send transfer
capability to ISDN
side on setup
message -1:Do not
Overwrite 0:Audio
3.1 1:Speech 2:Data
3:Audio

Mib name:
iSDNTransferCapabil
ityValue

INI Name:
ISDNTRANSFERCA
PABILITY

Profile name: Not
Profiled

If the ringback tone
source is not IP, who
should supply the
Ringback tone. O -
PBX/PSTN (default) ;
1- GW

Mib name:
locallSDNRBSource
Value

INI Name:
LOCALISDNRBSOU
RCE

Profile name: Not
Profiled
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Parameter
Name

Provisioning
Type

Type

Pl For
Disconnect
Msg

Integer Instant

-1-8

Trunk
Transfer
Mode

Enum: Instant
none(0),

casNFA(1),iSDN(2),casNormal(3),QSlI

GSingleStep(4),QSIGPathReplacement

()

PSTN Alert
Timeout
Value

Integer Instant

-1-600

Default
Value

ll_1 n

ll0ll

ll_1 n

Description

Configure
PIForDisconnectMsg
in order to overwrite
PI value received in
ISDN Disconnect
message

Mib name:
plForDisconnectMsg
Value

INI Name:
PIFORDISCONNEC
TMSG

Profile name: Not
Profiled

The type of transfer
the PSTN/PBX
supports

Mib name:
trunkTransferMode
INI Name:
TRUNKTRANSFER
MODE

Profile name: Not
Profiled

Max time (in
seconds) to wait for
connect from PSTN
Mib name:
pSTNAlertTimeoutVa
lue

INI Name:
TRUNKPSTNALERT
TIMEOUT

Profile name: Not
Profiled
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Parameter Type Provisioning
Name Type
RTP Only Enum: Instant
Mode For NotConfigured(-1),
Trunk  Disable(0), TransmitReceive(1), Transmi
tOnly(2),ReceiveOnly(3)
B Channel Enum: Instant
Negotiation NotConfigured(-1),
For Trunk Preferred(0),Exclusive(1),Any(2)
Mode
Digital OOS Enum: Instant
Behavior NotConfigured(-1),

For Trunk | default(0),Service(1),dChannel(2),Alar
Value m(3),Block(4)

Default
Value

ll_1 n

ll0ll

ll_1 n

Description

immediately. -1 -
takes the
RTPONLYMODE
global value per
gatewa O - regular
call establishment. 1
- The RTP channel
open for Rx And Tx.
2-The RTP channel
open only for Tx 3 -
The RTP channel
open only fo Rx

Mib name:
rtpOnlyModeForTrun
kRtpOnlyModeForTr
unk

INI Name:
RTPONLYMODEFO
RTRUNK

Profile name: Not
Profiled

ISDN B-Channel
negotiation mode for
trunk

put
MODE_NOT_SET (-
1) to use
BCHANNELNEGOTI
ATION per Gateway
Mib name:
acBChannelNegotiati
onForTrunkMode

INI Name:
BCHANNELNEGOTI
ATIONFORTRUNK
Profile name: Not
Profiled

Digital OOS Behavior
for trunk put
OOS_NOT_SET (-1)
to use
DIGITALOOSBEHAV
IOR per Gateway
Mib name:
acDigitalOOSBehavi
orForTrunkValue

INI Name:
DIGITALOOSBEHAV
IORFORTRUNK
Profile name: Not
Profiled
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Parameter
Name

Remove
Calling
Name For
Trunk Mode

Call
Rerouting
Mode

Type Provisioning Default
Type Value
Enum: Instant "0"

NotConfigured(-1),
Disable(0),Enable(1)

Enum: Instant "0"
none(0), isdnReroutingEnabled(1)

Description

Remove Calling
Name For Trunk
table .Set (-1) to use
the global parameter
digitalGWextRemove
CallingName.

Mib name:
acRemoveCallingNa
meForTrunkMode
INI Name:
REMOVECALLINGN
AMEFORTRUNK
Profile name: Not
Profiled

Call Rerouting Mode.
Set to 1 to enable
ISDN call rerouting
Mib name:
acCallReroutingMod
eForTrunkMode

INI Name:
CALLREROUTINGM
ODE

Profile name: Not
Profiled
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2.55 Frame: VoIP Network Provisioning

2.55.1 Tab: Proxy Set

Frame: VoIP Network Provisioning, Tab: Proxy Set

Parameter Type
Name

Index Integer
0-499

Proxy Name String
Up to 20 chars.

Row Status Enum:
Active(1),
NotInService(2),NotReady(3),Create
AndGo(4),CreateAndWait(5),Destro

y(6)

Enable Enum:
Proxy Keep Disable(0),
Alive UsingOptions(1),UsingRegister(2)

ProxyKeepA Integer
liveTime 5-2000000

Provisioning
Type

NA

Online

Instant

Instant

Instant

Default
Value

ll0ll

ll3ll

ll0ll

ll5ll

Description

Mib name:
sipProxySetindex
INI Name:
PROXYSET_INDEX
Profile name: Not
Profiled

Proxy Name

Mib name:
sipProxySetProxyName
INI Name:

PROXYSET PROXYNA
ME

Profile name: Not
Profiled

Row-Status Textual
Conventions as defined
in RFC 2579: Textual
Conventions for SMIv2
Mib name:
sipProxySetRowStatus
Profile name: Not
Profiled

GwApp Proxy Set Table
Mib name:
sipProxySetEnableProxy
KeepAlive

INI Name:

PROXYSET_ ENABLEP
ROXYKEEPALIVE
Profile name: Not
Profiled

GwApp Proxy Set Table
Mib name:
sipProxySetProxyKeepA
liveTime

INI Name:

PROXYSET PROXYKE
EPALIVETIME

Profile name: Not
Profiled
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Parameter
Name

Proxy Load
Balancing
Method

Is Proxy Hot
Swap

Proxy
Redundanc
y Mode

Classificatio
n Input

SRD

DNS
Resolve
Method

Type Provisioning
Type
Enum: Instant
Disable (0),
RoundRobin(1),RandomWeights(2)
Enum: Instant
Disable(0), Enable(1)
Enum: Online
NotConfigured(-1),
Parking(0),Homing(1)
Enum: Instant
ipOnly(0),
ipAndPortAndTransport(1)
Integer Online
0-32
Enum: Online

notConfigured(-1), a-Record
(0),srv(1),naptr(2)

Default
Value

llOll

ll0ll

ll_1 n

ll0ll

ll0ll

ll_1 n

Description

GwApp Proxy Set Table
Mib name:
sipProxySetProxyLoadB
alancingMethod

INI Name:

PROXYSET_ PROXYLO
ADBALANCINGMETHO
D

Profile name: Not
Profiled

GwApp Proxy Set Table
Mib name:
sipProxySetlsProxyHotS
wap

INI Name:
PROXYSET_ISPROXY
HOTSWAP

Profile name: Not
Profiled

GwApp Proxy Set Table
Mib name:
sipProxySetProxyRedun
dancyMode

INI Name:

PROXYSET PROXYRE
DUNDANCYMODE
Profile name: Not
Profiled

GwApp Proxy Set Table
Mib name:
sipProxySetClassificatio
ninput

INI Name:

PROXYSET_ CLASSIFI
CATIONINPUT

Profile name: Not
Profiled

GwApp Proxy Set Table
Mib name:
sipProxySetSRD

INI Name:
PROXYSET_SRD
Profile name: Not
Profiled

DNS Resolve Method
Mib name:
sipProxySetDNSResolv
eMethod

INI Name:

PROXYSET _DNSRESO
LVEMETHOD

Profile name: Not
Profiled
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Parameter Type Provisioning Default
Name Type Value
Keep Alive String Online "
Failure Up to 12 chars.
Resp

2.55.2 Tab: Proxy Server

Description

Defines responses for
keepalive meaning
failure(comma
separated string)

Mib name:
sipProxySetKeepAliveFa
ilureResp

INI Name:
PROXYSET_KEEPALIV
EFAILURERESP

Profile name: Not
Profiled

Frame: VoIP Network Provisioning, Tab: Proxy Server

Parameter Type
Name
Index Integer
0-4999
Proxy Used Enum:
No(0), Yes(1)
Status Enum:
Active(1),

NotInService(2),NotReady(3),CreateAn
dGo(4),CreateAndWait(5),Destroy(6)

Provisioning Default

Type Value
NA llOll

Instant "o"

Instant "3"

Description

Entry number, starting
at 0.

Mib name:
proxylPIndex

INI Name:
PROXYIP_INDEX
Profile name: Not
Profiled

Is SIP Proxy used
Mib name:
sipProxyUsed

INI Name:
ISPROXYUSED
Profile name: Digital
SIP Control Network
Profile

Row-Status Textual
Conventions as
defined in RFC 2579:
Textual Conventions
for SMIv2

Mib name:
proxylPRowStatus
Profile name: Digital
SIP Proxy Server
Profile
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Parameter Type Provisioning Default
Name Type Value
Proxy Name String Instant "
Up to 49 chars.
Proxy IP String Instant "
Up to 49 chars.
Enable Enum: Instant "0"
Proxy Keep Disable (0), UsingOptions
Alive (1),UsingRegister (2)
Transport Enum: Instant "1
Type unknown(-1), UDP(0), TCP(1),TLS(2)
Keep Alive Integer Instant "60"
Time 5-2000000

Description

SIP Proxy name
Mib name:
sipProxyName

INI Name:
PROXYNAME
Profile name: Digital
SIP Control Network
Profile

IpAddress

Mib name:
proxylPProxylP

INI Name:
PROXYIP_IPADDRES
S

Profile name: Digital
SIP Proxy Server
Profile

Enable Proxy Keep-
Alive over OPTIONS
method or REGISTER
method

Mib name:
sipProxyEnableKeepAl
ive

INI Name:
ENABLEPROXYKEEP
ALIVE

Profile name: Digital
SIP Control Network
Profile

TransportType

Mib name:
proxylPTransportType
INI Name:
PROXYIP_TRANSPO
RTTYPE

Profile name: Digital
SIP Proxy Server
Profile

Time interval between
Proxy Keep-Alive
messages (seconds)
Mib name:
sipProxyKeepAliveTim
e

INI Name:
PROXYKEEPALIVETI
ME

Profile name: Digital
SIP Control Network
Profile
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Parameter
Name

Proxy Set Id

Proxy
Redundancy
Mode

Is Proxy Hot
Swap

Proxy Hot
Swap Rix

Always Use
Proxy

Type

Integer
0-499

Enum:
Parking(0), Homing(1)

Enum:
No(0), Yes(1)

Integer
1-30

Enum:
No(0), Yes(1)

Provisioning Default Description
Value

"0" ProxySetld
Mib name:
proxylPProxySetld
INI Name:
PROXYIP_PROXYSE
TID
Profile name: Digital
SIP Proxy Server
Profile

"0" Redundancy Mode -
Parking on active
proxy or switching to
main Proxy whenever
online
Mib name:
sipProxyRedundancyM
ode
INI Name:
PROXYREDUNDANC
YMODE
Profile name: Digital
SIP Control Network
Profile

"0" Enable Proxy Hot-
Swap mode
Mib name:
sipProxylsHotSwap
INI Name:
ISPROXYHOTSWAP
Profile name: Digital
SIP Control Network
Profile

"3" Number of Rtx before
Hotswap is performed
Mib name:
sipProxyHotSwapRtx
INI Name:
PROXYHOTSWAPRT
X
Profile name: Digital
SIP Control Network
Profile

"0" Send all messages to
Proxy server
Mib name:
sipProxyAlwaysSendT
oProxy
INI Name:
ALWAYSSENDTOPR
0)44
Profile name: Digital
SIP Control Network
Profile
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Parameter
Name

SIP Re-
Routing
Mode

Fallback
Used

Use Routing
Table For
Host Names

Use
Gateway
Name For

Options

Type Provisioning Default
Type Value
Enum: Instant "0"
standardMode(0),

sendlnviteToProxy(1),useRoutingTable

()

Enum: Instant "o"
No(0), Yes(1)

Enum: Instant "o"
No(0), Yes(1)

Enum: Instant "o"
Disable(0), Enable(1)

Description

Defines the routing
mode after receiving
3xx response or
transfer

0 - standard
mode{@}1 - send
invite to proxy{@)}2 -
use routing table

Mib name:
manipulationAndRouti
ngSIPReRoutingMode
INI Name:
SIPREROUTINGMOD
E

Profile name: Digital
SIP Control Network
Profile

Allow fallback to
internal Tel to IP
routing table if Proxy is
not responding

Mib name:
sipProxylsFallbackUse
d

INI Name:
ISFALLBACKUSED
Profile name: Digital
SIP Control Network
Profile

Always use routing
table even though
proxy is available

Mib name:
sipProxyAlwaysUseRo
uteTable

INI Name:
ALWAYSUSEROUTE
TABLE

Profile name: Digital
SIP Control Network
Profile

Use Gateway name
(instead of IP address)
in Keep-Alive
OPTIONS messages
Mib name:
sipProxyUseGatewayN
ameForOptions

INI Name:
USEGATEWAYNAME
FOROPTIONS

Profile name: Digital
SIP Control Network
Profile
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Parameter
Name

Load
Balancing
Method

IP List
Refresh
Time

Ping Pong
Keep Alive

Type Provisioning Default Description
Type Value

Enum: Instant "0" Method of the proxies
Disable(0), load balancing:
RoundRobin(1),RandomWeights(2) 0 - Disabled

(default{@}1 -
RoundRobin{@)}2 -
Random SRV Weights
Mib name:
sipProxyLoadBalancin
gMethod
INI Name:
PROXYLOADBALANC
INGMETHOD
Profile name: Digital
SIP Control Network

Profile
Integer Instant "60" | Time interval between
5-2000000 refresh of proxies list

(seconds). For
example SRV query
will be done every
ProxylPListRefreshTim
e seconds

Mib name:
sipProxylPListRefresh
Time

INI Name:
PROXYIPLISTREFRE
SHTIME

Profile name: Digital
SIP Control Network
Profile

Enum: Instant "0" Use Ping-Pong for

disable(0), enable(1) Keep-Alive to proxy via
reliable connection
Mib name:
miscPingPongKeepAli
ve
INI Name:
USEPINGPONGKEEP
ALIVE
Profile name: Digital
SIP Control Network
Profile
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Parameter
Name

Ping Pong
Keep Alive
Time

H323 GK
Register

Proxy Ip As
Host

Type

Integer
5-2000000

Enum:
Disable(0), Enable(1)

Enum:
Disable(0), Enable(1)

Provisioning Default

Description

The Ping Keep-
Alivewill be sent (using
CRLFCRLF) each time
this timer expires
(seconds)

Mib name:
miscPingPongKeepAli
veTime

INI Name:
PINGPONGKEEPALIV
ETIME

Profile name: Digital
SIP Control Network
Profile

This parameter related
to Register/UnRegister
buttons

Mib name:
miscH323GKRegister
INI Name:
SHOULDREGISTER
Profile name: Digital
SIP Control Network
Profile

Whether or not to use
the Proxy IP as Host in
From and To headers.
Mib name:
sipProxyUseProxylpAs
Host

INI Name:
USEPROXYIPASHOS
T

Profile name: Digital
SIP Control Network
Profile

OAMP Guide

352

Document #: LTRT-32128



OAMP Guide 2. Provisioning Parameters

2.55.3 Tab: Transport Info

Frame: VoIP Network Provisioning, Tab: Transport Info

Parameter Type Provisioning Default Description
Name Type Value

Transport Enum: Instant "0" | SIP transport type
Type udp(0), tcp(1),tIs(2) Mib name: sipMiscTransportType

INI Name: SIPTRANSPORTTYPE
Profile name: Digital SIP Control Network

Profile
Destination Integer Instant "5060" Default SIP destination port (usually 5060)
Port 1-65534 Mib name: sipPortsDestinationPort

INI Name: SIPDESTINATIONPORT
Profile name: Digital SIP Control Network

Profile
Local SIP Integer Instant "5060" | Local SIP port used for signaling
Port 1-65534 Mib name: sipPortsLocalSipPort

INI Name: LOCALSIPPORT
Profile name: Digital SIP Control Network

Profile
TCP Local Integer Instant "5060" | Local SIP port used for signaling
SIP Port 1-65535 Mib name: sipPortsTCPLocalSipPort

INI Name: TCPLOCALSIPPORT
Profile name: Digital SIP Control Network

Profile
TLS Local Integer Instant "5061" | Local TLS SIP port used for signaling
SIP Port 1-65535 Mib name: sipPortsTLSLocalSipPort

INI Name: TLSLOCALSIPPORT
Profile name: Digital SIP Control Network
Profile
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2.55.4 Tab: CDR

Frame: VoIP Network Provisioning, Tab: CDR

Parameter
Name

Provisioning Default Description
Type Value

Type

CDR Report Enum:
Level No(0),
EndCall(1),StartAndEndCall(2),ConnectAndEndCa
[1(3),StartConnectAndEndCall(4)

Enum:
logLevel0(0),
logLevel1(1),logLevel2(2),logLevel3(3),logLevel4(4
),logLevel5(5),logLevel6(6),logLevel7(7),logLevel1
00(100),logLevel200(200)

Debug Level

IP Address
Of CDR
Server

IPAddress

Instant

Instant

Instant

ll0ll

ll0ll

CDR reports
timing

Mib name:
loggerGwAp
pCdrReportL
evel

Profile name:
Digital SIP
Control
Network
Profile

Configure
different
debug level
Mib name:
loggerGwDe
buglLevel
Profile name:
Digital SIP
Control
Network
Profile

Syslog
server IP
address for
sending
CDRs

Mib name:
loggerCDRS
yslogServerl
P

INI Name:
CDRSYSLO
GSERVERIP
Profile name:
Digital SIP
Control
Network
Profile
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Parameter
Name

Type
Type

Media Cdr
Report
Level

Enum: Instant
None(0),
EndMedia(1),StartAndEndMedia(2),UpdateAndEn

dMedia(3),StartAndEndAndUpdateMedia(4)

2.55.5 Tab: NAT Translation

Provisioning Default Description

Value
"0" | Media CDR
Report Level.

Mib name:
loggerGwAp
pMediaCdrR
eportLevel
INI Name:
MEDIACDR
REPORTLE
VEL

Profile name:
Digital SIP
Control
Network
Profile

Frame: VoIP Network Provisioning, Tab: NAT Translation

Parameter
Name

Provisioning Default
Type Value

Type

Index Integer Instant "0"

0-31

Enum: Instant "3"
Active(1),

NotInService(2),NotReady(3),C

reateAndGo(4),CreateAndWait(

5),Destroy(6)

Row Status

Source IP Instant

Interface Name

String
Up to 16 chars.

Description

Index Field for line.

Mib name:

acNAT TranslationIndex
INI Name:
NATTRANSLATION_IND
EX

Profile name: Not Profiled

ROWSTATUS Field for
line.

Mib name:

acNAT TranslationRowSta
tus

INI Name:
NATTRANSLATION_RO
WSTATUS

Profile name: Digital SIP
NAT Translation Profile

NAT Translation

Mib name:
acNATTranslationSourcel
PlInterfaceName

INI Name:
NATTRANSLATION_SO
URCEIPINTERFACENAM
E

Profile name: Digital SIP
NAT Translation Profile

Version 6.8 355

June 2014



?E AudioCodes

Mediant 3000 with TP-8410

Parameter Type Provisioning Default Description
Name Type Value
Target IP String Instant " NATTranslation
Address Up to 70 chars. Mib name:
acNAT TranslationTargetl
PAddress
INI Name:
NATTRANSLATION_TAR
GETIPADDRESS
Profile name: Digital SIP
NAT Translation Profile
Source Start String Instant NAT Translation
Port Up to 5 chars. Mib name:
acNAT TranslationSource
StartPort
INI Name:
NATTRANSLATION_SO
URCESTARTPORT
Profile name: Digital SIP
NAT Translation Profile
Source End String Instant NAT Translation
Port Up to 5 chars. Mib name:
acNAT TranslationSource
EndPort
INI Name:
NATTRANSLATION_SO
URCEENDPORT
Profile name: Digital SIP
NAT Translation Profile
Target Start String Instant " NATTranslation
Port Up to 6 chars. Mib name:
acNATTranslationTargetS
tartPort
INI Name:
NATTRANSLATION_TAR
GETSTARTPORT
Profile name: Digital SIP
NAT Translation Profile
Target End String Instant " NATTranslation
Port Up to 6 chars. Mib name:
acNAT TranslationTargetE
ndPort
INI Name:
NATTRANSLATION TAR
GETENDPORT
Profile name: Digital SIP
NAT Translation Profile
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2.56 Frame: Web Provisioning

2.56.1 Tab: Access Settings

Frame: Web Provisioning, Tab: Access Settings

Parameter Type Provisioning Type Default Description
Name Value
Index Enum: Read-Only " WEB Access index
administrator(0), Mib name:
monitoringLevel(1) acSysWEBAccessInde
X
Profile name: Not
Profiled
Disable Enum: Offline "0" Enables or disables
WEB Config Enable(0), Disable(1) Web Configuration.

0 = Read And Write
mode (default) {@}1 =
Read Only mode

Mib name:
acSysWEBConfigDisa
ble

INI Name:
DISABLEWEBCONFI
G

Profile name: Not
Profiled

WEB Basic user name.
Range = String[26]
Mib name:
acSysWEBAccessUse
rName

INI Name:
WEBACCESSUSERN
AME

Profile name: Not
Profiled

HTTPS Only Enum: Offline "0" Use this parameter to
disable(0), enable(1) allow only HTTPS

connections (force
security). When set to
1, unencrypted HTTP
(normally, port 80) is
blocked.
Mib name:
acSysWEBHTTPSOnI

User Name String Instant

y

INI Name:
HTTPSONLY
Profile name: Not
Profiled
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Parameter Type Provisioning Type Default

Name Value
User Code String Instant
HTTPS Port Integer Offline "443"

0-65535

Web Enum: Instant "

Authenticati BasicMode(0),
on Mode DigestModeWhenPossible(1),Dig
estModeHTTPOnly(2)

Description

WEB Basic
userAccess

Mib name:
acSysWEBAccessUse
rCode

INI Name:
WEBACCESSUSERC
ODE

Profile name: Not
Profiled

Determine the local
Secure HTTPS port of
the device.

The default port is
443 {@}Range = 1-
65535 (other
restrictions may apply
in this range)

Mib name:
acSysWEBHTTPSPort
INI Name:
HTTPSPORT

Profile name: Not
Profiled

Selects HTTP basic
(clear text) or digest
(MD5) authentication
for the web interface.
When set to 0, basic
authentication (clear
text) will be
used.{@}When set to
1, digest authentication
(MD5) will be
used.{@}When set to
2, digest authentication
(MD5) will be used for
HTTP, while basic
authentication will be
used for
HTTPS.{@}Note that
turning on RADIUS
login forces basic
authentication.

Mib name:
acSysWEBAccessWeb
AuthMode

INI Name:
WEBAUTHMODE
Profile name: Not
Profiled
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Parameter Type Provisioning Type Default Description
Name Value

Web Use Enum: Instant "0" Uses the RADIUS
Radius disable(0), enable(1) (Remote
Login Authentication Dial-In

User Server/Service)
for Web interface
authentication.

Make sure that
ENABLERADIUS is
on. {@}Use of this
parameter without
HTTPSONLY =1 is
not recommended.
Mib name:
acSysWEBWebUseRa
diusLogin

INI Name:
WEBRADIUSLOGIN
Profile name: Not

Profiled
WEB Deny Integer Online "0" Defines the time the
Authenticati 0-86400 next authentication
on Timer attempt from the last

authentication faild IP
should be denied.
{@}The range can be
any value from O -
86400 in seconds

Mib name:
acSysWEBDenyAuthe
nticationTimer
INI Name:
DENYAUTHENTICATI
ONTIMER
Profile name: Not
Profiled
2.56.2 Tab: Access Addresses
Frame: Web Provisioning, Tab: Access Addresses
Parameter Type Provisioning Default Description
Name Type Value
Index Integer Read-Only "1" | WEB ACL (Access Control List) index.
0-9 Mib name: acSysWEBACLIndex
Profile name: Not Profiled
IP Address IP Address Instant "o" Allows IP addresses to connect to the Web
interface. Set to zeroes to allow all IP
addresses.

Range: Valid IP address{@}
Mib name: acSysWEBACLIP
INI Name: WEBACCESSLIST
Profile name: Not Profiled
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3 Performance Monitoring Parameters

Customers are often faced with a complex VolP network with little or no information on
the status and capacities of each component in it. PM helps the system architect
design a better network. PM helps operators discover malfunctioning devices before
they start causing a problem on the production network.

The system provides two types of performance measurements:

B Gauges: Gauges represent the current state of a PM parameter in the system.
Gauges, unlike counters, can decrease in value, and like counters, can increase.

B Counters: Counters always increase in value and are cumulative. Counters,
unlike gauges, never decrease in value unless the system is reset. The counters
are then zeroed.

Performance measurements are available for the EMS or for a 3rd party performance
monitoring system through an SNMP interface. These measurements can be polled at
scheduled intervals by an external poller or utility in a media server or another off-
device system.

PM measurements can be divided into two main groups:

B Real-Time PM Measurements - supply the current value of the PM entity. When
requested, the entity is sampled and the current value is received.

B History PM Measurements - supply statistical data of the PM entity during the last
interval period. These measurements include the Average, Minimum and
Maximum values of the entity during the last interval. The default interval length is
15 minutes.

Figure 1: History PM Measurements

1st Interval 2nd Interval Current Interval
| B
o | Y
11:24  11:30 11:45 12:00 12:05 NOW
System started Real-time view

History Performance is measured in a constant time interval of 15 minutes to which all
elements in the network are synchronized. Intervals commence precisely every 15
minutes, for example, 12:00:00, 12:15:00, 12:30:00, 12:45:00, etc. This allows
synchronization of several management systems to the same interval time frame.
Note that the first interval after start-up is always shorter (in the example above, the
first interval only lasts 6 minutes - so that a new interval can start exactly on the 15
minute interval, in this case 11:30:00). During the initial start-up interval i.e. 6 minutes
in the example above, polling is not performed.
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3.1 Frame: Gateway System Monitoring (Configuration)

311 Tab: System IP

Frame: Gateway System Monitoring (Configuration), Tab: System IP

EMS Parameter Name RT /Hist Gauge/

Number of Outgoing HIST
KBytes

Number of Incoming HIST
KBytes

Number of Outgoing Pkts HIST

Number of Incoming Pkts HIST

Number of Incoming HIST
Discarded Pkts

Counter

Counter

Counter

Counter

Counter

Counter

Parameter Description

Counts the total number of outgoing Kbytes (1000
bytes) from the interface during the last interval.
Mib name: acPMNetUtiIKBytesVolumeTx

Counts the total number of Kbytes (1000 bytes)
received on the interface, including those received in
error, during the last interval.

Mib name: acPMNetUtiIKBytesVolumeRx

Counts the total number of outgoing Packets from the
interface during the last interval.
Mib name: acPMNetUtilPacketsVolumeTx

Counts the total number of Packets received on the
interface, including those received in error, during the
last interval.

Mib name: acPMNetUtilPacketsVolumeRx

Counts the total number of malformed IP Packets
received on the interface during the last interval. These
are packets which are corrupted or discarded due to
errors in their IP headers, including bad checksums,
version number mismatch, other format errors, time-to-
live exceeded, errors discovered in processing their IP
options, etc.

Mib name: acPMNetUtilDiscardedPacketsVal
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3.1.2

Tab: VoP Call Statistics

Frame: Gateway System Monitoring (Configuration), Tab: VoP Call Statistics

EMS Parameter Name RT /Hist Gauge /
Counter

Num of Active Contexts
Avg

Num of Active Contexts
Min

Num of Active Contexts
Max

G711 Active Calls Avg

G723 Active Calls Avg

G728 Active Calls Avg

G729a Active Calls Avg

G729e Active Calls Avg

AMR Active Calls Avg

EVRC Active Calls Avg

Rx RTP Packet Loss
Max

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Parameter Description

Indicates the average number of voice calls connected
on the gateway since the last clear.
Mib name: acPMActiveContextCountAverage

Note: applicable only to the Gateway application.

Indicates the minimum number of voice calls connected
on the gateway since the last clear.
Mib name: acPMActiveContextCountMin

Note: applicable only to the Gateway application.

Indicates the maximum number of voice calls
connected on the gateway since the last clear.
Mib name: acPMActiveContextCountMax

Note: applicable only to the Gateway application.

Indicates the average number of G.711 calls present on
the TPM.
Mib name: acPMChannelsPerCoderAverageG711

Indicates the average number of G.723 calls present on
the TPM. This attribute is only displayed if the G.723
Codec is provisioned on the DSP template.

Mib name: acPMChannelsPerCoderAverageG723

Indicates the average number of G.728 calls present on
the TPM. This attribute is only displayed if the G.728
Codec is provisioned on the DSP template.

Mib name: acPMChannelsPerCoderAverageG728

Indicates the average number of G.729a calls present
on the TPM. This attribute is only displayed if the
G.729a Codec is provisioned on the DSP.

Mib name: acPMChannelsPerCoderAverageG729a

Indicates the average number of G.729e calls present
on the TPM. This attribute is only displayed if the
G.729¢e Codec is provisioned on the DSP template.
Mib name: acPMChannelsPerCoderAverageG729e

Indicates the average number of AMR calls present on
the TPM. This attribute is only displayed if the AMR
Codec is provisioned on the DSP template.

Mib name: acPMChannelsPerCoderAverageAMR

Indicates the average number of EVRC calls present
on the TPM. This attribute is only displayed if the EVRC
Codec is provisioned on the DSP template.

Mib name: acPMChannelsPerCoderAverageEVRC

Indicates the Max Rx RTP Packet loss (reported by
RTCP) per TPM, up to this point in time during the
collection interval, as indicated by the time Interval.
Mib name: acPMModuleRTPPacketLossRxMax
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EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter

Tx RTP Packet Loss HIST Gauge | Indicates the Max Tx RTP Packet loss (reported by
Max RTCP) per TPM, up to this point in time during the
collection interval, as indicated by the time Interval.

Mib name: acPMModuleRTPPacketLossTxMax

RTP delay Average HIST Gauge | Indicates the average RTP packets delay per TPM, up
to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketDelayAverage

RTP delay Max HIST Gauge | Indicates the maximum RTP packets delay per TPM,
up to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketDelayMax

RTP delay Min HIST Gauge  Indicates the minimum RTP packets delay per TPM, up
to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketDelayMin

RTP jitter Average HIST | Gauge | Indicates the average RTP packets jitter per TPM, up to
this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketJitterAverage

RTP jitter Min HIST Gauge  Indicates the minimum RTP packets jitter per TPM, up
to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketJitterMin

RTP jitter Max HIST Gauge | Indicates the maximum RTP packets jitter per TPM, up
to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketJitterMax

Rx RTP Bytes Max HIST Gauge | Indicates the Max Tx RTP Bytes per TPM, up to this
point in time during the collection interval, as indicated
by the time Interval.

Mib name: acPMModuleRTPBytesRxMax

Tx RTP Bytes Max HIST Gauge | Indicates the Max Rx RTP Bytes per TPM, up to this
point in time during the collection interval, as indicated
by the time Interval.

Mib name: acPMModuleRTPBytesTxMax

Rx RTP Packets Max HIST Gauge | Indicates the Max Rx RTP Packets per TPM, up to this
point in time during the collection interval, as indicated
by the time Interval.

Mib name: acPMModuleRTPPacketsRxMax

Tx RTP Packets Max HIST Gauge | Indicates the Max Tx RTP Packets per TPM, up to this
point in time during the collection interval, as indicated
by the time Interval.

Mib name: acPMModuleRTPPacketsTxMax

RTCP XR Average HIST | Gauge @ Average conversational R factor.

Conversational R Factor Mib name: rtcpXrHistoryAvgRCQ
RTCP XR Maximum HIST Gauge Maximum conversational R factor.
Conversational R Factor Mib name: rtcpXrHistoryMaxRCQ
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EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter

RTCP XR Minimum HIST Gauge Minimum conversational R factor.
Conversational R Factor Mib name: rtcpXrHistoryMinRCQ

3.1.3 Tab: Common Control

Frame: Gateway System Monitoring (Configuration), Tab: Common Control

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter

Lifetime in seconds Avg HIST | Counter | Indicates the Connection lifetime, in seconds.
Mib name: acPMCPConnectionLifetimeAverage

Lifetime in seconds Min | HIST @ Counter | Indicates the Connection lifetime, in seconds.
Mib name: acPMCPConnectionLifetimeMin

Lifetime in seconds Max HIST @ Counter ' Indicates the Connection lifetime, in seconds.
Mib name: acPMCPConnectionLifetimeMax

MGC response counters| HIST | Counter | Indicates the MGC response counters.
Mib name: acPMCPCommandCounterValRx

MGC command counters HIST | Counter | Indicates the MGC command counters.
Mib name: acPMCPCommandCounterValTx

MGC Rx retransmissions, HIST | Counter | Counts the number of incoming retransmissions.
Mib name: acPMCPRetransmissionCountValRx

MGC Tx retransmissions| HIST | Counter Counts the number of transactions retransmissions
sent from the board.
Mib name: acPMCPRetransmissionCountValTx

Call Attempts Per Sec HIST  Counter | Average of call attempts (successful and unsuccessful)
Average per second, during last interval.
Mib name: acPMCPCallAttemptsPerSecAverage

Call Attempts Per Sec HIST | Counter  Maximum of call attempts (successful and
Max unsuccessful) per second, during last interval.
Mib name: acPMCPCallAttemptsPerSecMax

Call Attempts Per Sec HIST | Counter  Minimum of call attempts (successful and
Min unsuccessful) per second, during last interval.
Mib name: acPMCPCallAttemptsPerSecMin
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3.14

Tab: SIP IP to Tel

Frame: Gateway System Monitoring (Configuration), Tab: SIP IP to Tel

EMS Parameter Name RT /Hist Gauge /

IP to Tel Number of Call
Attempts

IP to Tel Number of
Established Calls

IP to Tel Number of Calls
Terminated due to a
Busy Line

IP to Tel Number of Calls
Terminated due to No
Answer

IP to Tel Number of Calls
Terminated due to
Forward

IP to Tel Number of
Failed Calls due to No
Route

IP to Tel Number of
Failed Calls due to No
Matched Capabilities

IP to Tel Number of
Failed Calls due to No
Resources

IP to Tel Number of
Failed Calls due to Other
reasons

IP to Tel Fax Call
Attempts

IP to Tel Successful Fax
Calls

IP to Tel Average Call
Duration [sec]

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Gauge

Parameter Description

Indicates the number of attempted calls for IP to Tel
direction, during last interval.
Mib name: acPMSIPAttemptedCallsVallP2Tel

Indicates the number of established calls for IP to Tel
direction, during last interval.
Mib name: acPMSIPEstablishedCallsVallP2Tel

Indicates the number of calls that failed as a result of a
busy line for IP to Tel direction, during last interval.
Mib name: acPMSIPBusyCallsVallP2Tel

Indicates the number of calls that weren't answered for
IP to Tel direction, during last interval.
Mib name: acPMSIPNoAnswerCallsVallP2Tel

Indicates the number of calls that were terminated due
to a call forward for IP to Tel direction, during last
interval.

Mib name: acPMSIPForwardedCallsVallP2Tel

Indicates the number of calls whose destinations
weren't found for IP to Tel direction, during last interval.
Mib name: acPMSIPNoRouteCallsVallP2Tel

Indicates the number of calls that failed due to
mismatched media server capabilities for IP to Tel
direction, during last interval.

Mib name: acPMSIPNoMatchCallsVallP2Tel

Indicates the number of calls that failed due to
unavailable resources or a media server lock for IP to
Tel direction, during last interval.

Mib name: acPMSIPNoResourcesCallsVallP2Tel

This counter is incremented as a result of calls that fail
due to reasons not covered by the other counters for IP
to Tel direction, during last interval.

Mib name: acPMSIPFailCallsVallP2Tel

Indicates the number of attempted fax calls for IP to Tel
direction, during last interval.
Mib name: acPMSIPFaxAttemptedCallsVallP2Tel

Indicates the number of successful fax calls for IP to
Tel direction, during last interval.
Mib name: acPMSIPFaxSuccessCallsVallP2Tel

Indicates the average call duration of established calls
for IP to Tel direction, during last interval.
Mib name: acPMSIPCallDurationAveragelP2Tel
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3.15

Tab: SIP Tel to IP

Frame: Gateway System Monitoring (Configuration), Tab: SIP Tel to IP

EMS Parameter Name RT /Hist Gauge /

Tel to IP Number of Call
Attempts

Tel to IP Number of
Established Calls

Tel to IP Number of Calls
Terminated due to a
Busy Line

Tel to IP Number of Calls
Terminated due to No
Answer

Tel to IP Number of Calls
Terminated due to
Forward

Tel to IP Number of
Failed Calls due to No
Route

Tel to IP Number of
Failed Calls due to No
Matched Capabilities

Tel to IP Number of
Failed Calls due to No
Resources

Tel to IP Number of
Failed Calls due to Other
reasons

Tel to IP Fax Call
Attempts

Tel to IP Successful Fax
Calls

Tel to IP Average Call
Duration [sec]

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Gauge

Parameter Description

Indicates the number of attempted calls for Tel to IP
direction, during last interval.
Mib name: acPMSIPAttemptedCallsValTel2IP

Indicates the number of established calls for Tel to IP
direction, during last interval.
Mib name: acPMSIPEstablishedCallsValTel2IP

Indicates the number of calls that failed as a result of a
busy line for Tel to IP direction, during last interval.
Mib name: acPMSIPBusyCallsValTel2IP

Indicates the number of calls that weren't answered for
Tel to IP direction, during last interval.
Mib name: acPMSIPNoAnswerCallsValTel2IP

Indicates the number of calls that were terminated due
to a call forward for Tel to IP direction, during last
interval.

Mib name: acPMSIPForwardedCallsValTel2IP

Indicates the number of calls whose destinations
weren't found for Tel to IP direction, during last interval.
Mib name: acPMSIPNoRouteCallsValTel2IP

Indicates the number of calls that failed due to
mismatched media server capabilities for Tel to IP
direction, during last interval.

Mib name: acPMSIPNoMatchCallsValTel2IP

Indicates the number of calls that failed due to
unavailable resources or a media server lock for Tel to
IP direction, during last interval.

Mib name: acPMSIPNoResourcesCallsValTel2IP

This counter is incremented as a result of calls that fail
due to reasons not covered by the other counters for
Tel to IP direction, during last interval.

Mib name: acPMSIPFailCallsValTel2IP

Indicates the number of attempted fax calls for Tel to IP
direction, during last interval.
Mib name: acPMSIPFaxAttemptedCallsValTel2IP

Indicates the number of successful fax calls for Tel to
IP direction, during last interval.
Mib name: acPMSIPFaxSuccessCallsValTel2IP

Indicates the average call duration of established calls
for Tel to IP direction, during last interval.
Mib name: acPMSIPCallDurationAverageTel2IP
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3.1.6 Tab: Trunk Statistics

Frame: Gateway System Monitoring (Configuration), Tab: Trunk Statistics

EMS Parameter Name RT /Hist Gauge / Parameter Description
Counter
Trunk utilization Avg HIST | Gauge | Indicates the Average of simultaneously busy DSO

channels on this Trunk up to this point in time during
the collection interval, as indicated by the Time Interval.
A busy channel is when the Physical DSO Termination
isn't in Null context or OOS. A Trunk is either E1 or T1.
Mib name: acPMTrunkUtilizationAverage

Trunk utilization Min HIST | Gauge | Indicates the Minimum of simultaneously busy DSO
channels on this Trunk up to this point in time during
the collection interval, as indicated by the Time Interval.
A busy channel is when the Physical DSO Termination
isn't in Null context or OOS. A Trunk is either E1 or T1.
Mib name: acPMTrunkUtilizationMin

Trunk utilization Max HIST | Gauge | Indicates the Maximum of simultaneously busy DSO
channels on this Trunk up to this point in time during
the collection interval, as indicated by the Time Interval.
A busy channel is when the Physical DSO Termination
isn't in Null context or OOS. A Trunk is either E1 or T1.
Mib name: acPMTrunkUtilizationMax

Trunk Errored Seconds | HIST Gauge | Indicates the number of Errored Seconds.
Mib name: dsx1IntervalESs

Trunk Controlled Slip HIST Gauge | Indicates the number of Controlled Slip Seconds.
Seconds Mib name: dsx1IntervalCSSs

Trunk Path Coding HIST | Gauge | Indicates the number of Path Coding Violations.
Violations Mib name: dsx1IntervalPCVs

Trunk Bursty Errored HIST | Gauge | Indicates the number of Bursty Errored Seconds.
Seconds Mib name: dsx1IntervalBESs

3.1.7 Tab: SRD Statistics

Frame: Gateway System Monitoring (Configuration), Tab: SRD Statistics

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter

SIP SRD Dialogs Val HIST | Counter | Indicates the number of all dialogs currently being
handled by the SBC per SRD.
Mib name: acPMSIPSRDDialogsVal

SIP SRD Invite Dialogs | HIST | Counter | Indicates the number of all calls (initiated by
Val SIP:INVITE) currently being handled by the SBC per
SRD.
Mib name: acPMSIPSRDInviteDialogsVal

SIP SRD Subscribe HIST | Counter | Indicates the number of all SUBSCRIBE dialogs
Dialogs Val (initiated by SIP:SUBSCRIBE) currently being handled
by the SBC per SRD.
Mib name: acPMSIPSRDSubscribeDialogsVal
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EMS Parameter Name RT /Hist Gauge/

SIP SRD Other Dialogs
Val

3.18

HIST

Counter

Counter

Tab: IP Group Statistics

Parameter Description

Indicates the number of all dialogs other than INVITE
and SUBSCRIBE (initiated by SIP:REGISTER)
currently being handled by the SBC per SRD.

Mib name: acPMSIPSRDOtherDialogsVal

Frame: Gateway System Monitoring (Configuration), Tab: IP Group Statistics

EMS Parameter Name RT /Hist Gauge/

SIP IP Group Dialogs Val

SIP IP Group Invite
Dialogs Val

SIP IP Group Subscribe
Dialogs Val

SIP IP Group Other
Dialogs Val

SIP IP Group In Invite
Dialogs

SIP IP Group |
nSubscribe Dialogs

SIP IP Group Out Invite
Dialogs

SIP IP Group Out
Subscribe Dialogs

SIP IP Group Invite
Dialogs IP Average

SIP IP Group Invite
Dialogs IP Max

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Gauge

Gauge

Parameter Description

Indicates the number of all dialogs currently being
handled by the SBC per IP Group.
Mib name: acPMSIPIPGroupDialogsVal

Indicates the number of all calls (initiated by
SIP:INVITE) currently being handled by the SBC per IP
Group.

Mib name: acPMSIPIPGrouplnviteDialogsVal

Indicates the number of all SUBSCRIBE dialogs
(initiated by SIP:SUBSCRIBE) currently being handled
by the SBC, per IP Group.

Mib name: acPMSIPIPGroupSubscribeDialogsVal

Indicates the number of all other dialogs other than
INVITE and SUBSCRIBE (initiated by SIP:REGISTER)
currently being handled by the SBC per IP Group.

Mib name: acPMSIPIPGroupOtherDialogsVal

Indicates the number of incoming calls (SIP INVITE)
per IP Group.
Mib name: acPMSIPIPGrouplninviteDialogsVal

Indicates the number of incoming SUBSCRIBE dialogs
per IP Group.
Mib name: acPMSIPIPGroupInSubscribeDialogsVal

Indicates the number of outgoing calls (SIP INVITE) per
IP Group.
Mib name: acPMSIPIPGroupOutinviteDialogsVal

Indicates the number of outgoing calls (SIP INVITE) per
IP Group.
Mib name: acPMSIPIPGroupOutSubscribeDialogsVal

Indicates the average number of all calls (initiated by
SIP:INVITE) currently being handled by the SBC per IP
Group.

Mib name: acPMSIPIPGrouplnviteDialogsAverage

Indicates the maximum number of all calls (initiated by
SIP:INVITE) currently being handled by the SBC per IP
Group.

Mib name: acPMSIPIPGrouplnviteDialogsMax
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EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter
SIP IP Group Invite HIST Gauge | Indicates the minimum number of all calls (initiated by
Dialogs IP Min SIP:INVITE) currently being handled by the SBC per IP
Group.

Mib name: acPMSIPIPGrouplnviteDialogsMin

3.19 Tab: Trunk Group Statistics

Frame: Gateway System Monitoring (Configuration), Tab: Trunk Group Statistics

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter

Trunk Group Utilization | HIST | Gauge | Indicates the percentage (%) of channels currently in
(%) use (busy) per trunk group. The device supports

configuration of a busy channel threshold per trunk
group, which when exceeded, sends an SNMP alarm.
For example, if a device has 200 voice channels and
the threshold is set to 90%, if the number of concurrent
busy channels exceeds 90% (i.e., 180 channels), this
threshold alarm is sent.
Mib name:
acPMSIPTrunkGroupPercentageUltilizationVal

Trunk Group Utilization | HIST Gauge Indicates the number of channels currently in use
(channels) (busy) per trunk group. For example, if the device has
240 channels and the threshold is set to 108, if the
number of concurrent busy channels exceeds 1086, this
threshold alarm is sent. Note that if a trunk is in LOF
state, this MIB counts only the channels that are used.

Mib name: acPMSIPTrunkGroupUtilizationVal

Tel to IP Trunk Group HIST | Counter Indicates the number of established calls for Tel to IP

Established Calls Val direction for the Trunk Group, during last interval.
Mib name:
acPMSIPTel2IPTrunkGroupEstablishedCallsVal

IP to Tel Trunk Group HIST  Counter | Indicates the number of established calls for IP to Tel

Established Calls Val direction for the Trunk Group, during last interval.
Mib name:
acPMSIPIP2TelTrunkGroupEstablishedCallsVal

No Resources Calls HIST Gauge | Indicates the number of calls failed to be established
due to unavailable device resources (e.g., no free
channels) for a specific trunk group.

Mib name: acPMSIPTrunkGroupNoResourcesCallsVal

Average Call Duration HIST Gauge Indicates the average call duration (in seconds) of calls
(sec) belonging to a specific trunk group.
Mib name: acPMSIPTrunkGroupCallDurationAverage

Total Call Duration (sec)| HIST | Gauge | Indicates the total call duration (in seconds) belonging
to a specific trunk group.

Mib name: acPMSIPTrunkGroupCallDurationTotal
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EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter

Trunk Group All Trunks . HIST | Counter | Indicates the duration (in seconds) that all channels of
Busy (sec) a specific trunk group were concurrently busy, if this

scenario occurs. For example, if trunk group #3 has
200 channels and all these were concurrently busy for
60 seconds, then this MIB will display 60 for this trunk
group. Note that trunks that are out of service or not
configured (set to NONE) are considered "busy" in this
calculation.
Mib name: acPMSIPTrunkGroupAllTrunksBusyVal

All Trunks Busy (%) HIST | Gauge | Indicates the percentage (%) of time within a 15-minute
polling interval, that all channels in a specific trunk
group were busy simultaneously. This measurement is
sent only at the end of the interval (beginning of the
current interval), so each measurement reflects the
previous interval. For example, assume that all trunks
of a trunk group were busy for 6 minutes during an
interval. The MIB will send a measurement of 40% (i.e.,
6 minutes / 15 minutes * 100). In other words, all trunks
of the trunk group were simultaneously busy for 40% of
the time during this 15-minute interval.

Mib name:
acPMSIPTrunkGroupAllTrunksBusyPercentageVal

3.2 Frame: Gateway System Monitoring (History)

321 Tab: System IP

Frame: Gateway System Monitoring (History), Tab: System IP

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter

Number of Outgoing HIST  Counter | Counts the total number of outgoing Kbytes (1000
KBytes bytes) from the interface during the last interval.
Mib name: acPMNetUtiIKBytesVolumeTx

Number of Incoming HIST | Counter | Counts the total number of Kbytes (1000 bytes)
KBytes received on the interface, including those received in
error, during the last interval.
Mib name: acPMNetUtiIKBytesVolumeRx

Number of Outgoing Pkts HIST | Counter  Counts the total number of outgoing Packets from the
interface during the last interval.
Mib name: acPMNetUtilPacketsVolumeTx

Number of Incoming Pkts HIST | Counter Counts the total number of Packets received on the
interface, including those received in error, during the
last interval.

Mib name: acPMNetUtilPacketsVolumeRx
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EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter
Number of Incoming HIST | Counter Counts the total number of malformed IP Packets
Discarded Pkts received on the interface during the last interval. These

are packets which are corrupted or discarded due to
errors in their IP headers, including bad checksums,
version number mismatch, other format errors, time-to-
live exceeded, errors discovered in processing their IP
options, etc.

Mib name: acPMNetUtilDiscardedPacketsVal

3.2.2 Tab: VoP Call Statistics

Frame: Gateway System Monitoring (History), Tab: VoP Call Statistics

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter

Num of Active Contexts | HIST Gauge | Indicates the average number of voice calls connected
Avg on the gateway since the last clear.
Mib name: acPMActiveContextCountAverage

Note: applicable only to the Gateway application.

Num of Active Contexts | HIST Gauge | Indicates the minimum number of voice calls connected
Min on the gateway since the last clear.
Mib name: acPMActiveContextCountMin

Note: applicable only to the Gateway application.

Num of Active Contexts | HIST Gauge | Indicates the maximum number of voice calls
Max connected on the gateway since the last clear.
Mib name: acPMActiveContextCountMax

Note: applicable only to the Gateway application.

G711 Active Calls Avg = HIST Gauge Indicates the average number of G.711 calls present on
the TPM.
Mib name: acPMChannelsPerCoderAverageG711

G723 Active Calls Avg = HIST Gauge Indicates the average number of G.723 calls present on
the TPM. This attribute is only displayed if the G.723
Codec is provisioned on the DSP template.
Mib name: acPMChannelsPerCoderAverageG723

G728 Active Calls Avg = HIST Gauge Indicates the average number of G.728 calls present on
the TPM. This attribute is only displayed if the G.728
Codec is provisioned on the DSP template.
Mib name: acPMChannelsPerCoderAverageG728

G729a Active Calls Avg ' HIST Gauge Indicates the average number of G.729a calls present
on the TPM. This attribute is only displayed if the
G.729a Codec is provisioned on the DSP.
Mib name: acPMChannelsPerCoderAverageG729a

G729e Active Calls Avg ' HIST Gauge Indicates the average number of G.729e calls present
on the TPM. This attribute is only displayed if the
G.729¢e Codec is provisioned on the DSP template.
Mib name: acPMChannelsPerCoderAverageG729e
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EMS Parameter Name RT /Hist Gauge/
Counter

AMR Active Calls Avg

EVRC Active Calls Avg

Rx RTP Packet Loss

Max

Tx RTP Packet Loss

Max

RTP delay Average

RTP delay Max

RTP delay Min

RTP jitter Average

RTP jitter Min

RTP jitter Max

Rx RTP Bytes Max

Tx RTP Bytes Max

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Parameter Description

Indicates the average number of AMR calls present on
the TPM. This attribute is only displayed if the AMR
Codec is provisioned on the DSP template.

Mib name: acPMChannelsPerCoderAverageAMR

Indicates the average number of EVRC calls present
on the TPM. This attribute is only displayed if the EVRC
Codec is provisioned on the DSP template.

Mib name: acPMChannelsPerCoderAverageEVRC

Indicates the Max Rx RTP Packet loss (reported by
RTCP) per TPM, up to this point in time during the

collection interval, as indicated by the time Interval.
Mib name: acPMModuleRTPPacketLossRxMax

Indicates the Max Tx RTP Packet loss (reported by
RTCP) per TPM, up to this point in time during the
collection interval, as indicated by the time Interval.
Mib name: acPMModuleRTPPacketLossTxMax

Indicates the average RTP packets delay per TPM, up
to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketDelayAverage

Indicates the maximum RTP packets delay per TPM,
up to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketDelayMax

Indicates the minimum RTP packets delay per TPM, up
to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketDelayMin

Indicates the average RTP packets jitter per TPM, up to
this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketJitterAverage

Indicates the minimum RTP packets jitter per TPM, up
to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketJitterMin

Indicates the maximum RTP packets jitter per TPM, up
to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketJitterMax

Indicates the Max Tx RTP Bytes per TPM, up to this
point in time during the collection interval, as indicated
by the time Interval.

Mib name: acPMModuleRTPBytesRxMax

Indicates the Max Rx RTP Bytes per TPM, up to this
point in time during the collection interval, as indicated
by the time Interval.

Mib name: acPMModuleRTPBytesTxMax
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EMS Parameter Name RT /Hist Gauge/

Rx RTP Packets Max

Tx RTP Packets Max

RTCP XR Average
Conversational R Factor

RTCP XR Maximum
Conversational R Factor

RTCP XR Minimum
Conversational R Factor

3.23

HIST

HIST

HIST

HIST

HIST

Counter

Gauge

Gauge

Gauge

Gauge

Gauge

Tab: Common Control

Parameter Description

Indicates the Max Rx RTP Packets per TPM, up to this
point in time during the collection interval, as indicated
by the time Interval.

Mib name: acPMModuleRTPPacketsRxMax

Indicates the Max Tx RTP Packets per TPM, up to this
point in time during the collection interval, as indicated
by the time Interval.

Mib name: acPMModuleRTPPacketsTxMax

Average conversational R factor.
Mib name: rtcpXrHistoryAvgRCQ

Maximum conversational R factor.
Mib name: rtcpXrHistoryMaxRCQ

Minimum conversational R factor.
Mib name: rtcpXrHistoryMinRCQ

Frame: Gateway System Monitoring (History), Tab: Common Control

EMS Parameter Name RT /Hist Gauge/

Lifetime in seconds Avg

Lifetime in seconds Min

Lifetime in seconds Max

MGC response counters

MGC command counters

MGC Rx retransmissions

MGC Tx retransmissions

Call Attempts Per Sec
Average

Call Attempts Per Sec
Max

Call Attempts Per Sec
Min

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Parameter Description

Indicates the Connection lifetime, in seconds.
Mib name: acPMCPConnectionLifetimeAverage

Indicates the Connection lifetime, in seconds.
Mib name: acPMCPConnectionLifetimeMin

Indicates the Connection lifetime, in seconds.
Mib name: acPMCPConnectionLifetimeMax

Indicates the MGC response counters.
Mib name: acPMCPCommandCounterValRx

Indicates the MGC command counters.
Mib name: acPMCPCommandCounterValTx

Counts the number of incoming retransmissions.
Mib name: acPMCPRetransmissionCountValRx

Counts the number of transactions retransmissions
sent from the board.
Mib name: acPMCPRetransmissionCountValTx

Average of call attempts (successful and unsuccessful)
per second, during last interval.
Mib name: acPMCPCallAttemptsPerSecAverage

Maximum of call attempts (successful and
unsuccessful) per second, during last interval.
Mib name: acPMCPCallAttemptsPerSecMax

Minimum of call attempts (successful and
unsuccessful) per second, during last interval.
Mib name: acPMCPCallAttemptsPerSecMin
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3.24

Tab: SIP IP to Tel

Frame: Gateway System Monitoring (History), Tab: SIP IP to Tel

EMS Parameter Name RT /Hist Gauge /

IP to Tel Number of Call
Attempts

IP to Tel Number of
Established Calls

IP to Tel Number of Calls
Terminated due to a
Busy Line

IP to Tel Number of Calls
Terminated due to No
Answer

IP to Tel Number of Calls
Terminated due to
Forward

IP to Tel Number of
Failed Calls due to No
Route

IP to Tel Number of
Failed Calls due to No
Matched Capabilities

IP to Tel Number of
Failed Calls due to No
Resources

IP to Tel Number of
Failed Calls due to Other
reasons

IP to Tel Fax Call
Attempts

IP to Tel Successful Fax
Calls

IP to Tel Average Call
Duration [sec]

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Gauge

Parameter Description

Indicates the number of attempted calls for IP to Tel
direction, during last interval.
Mib name: acPMSIPAttemptedCallsVallP2Tel

Indicates the number of established calls for IP to Tel
direction, during last interval.
Mib name: acPMSIPEstablishedCallsVallP2Tel

Indicates the number of calls that failed as a result of a
busy line for IP to Tel direction, during last interval.
Mib name: acPMSIPBusyCallsVallP2Tel

Indicates the number of calls that weren't answered for
IP to Tel direction, during last interval.
Mib name: acPMSIPNoAnswerCallsVallP2Tel

Indicates the number of calls that were terminated due
to a call forward for IP to Tel direction, during last
interval.

Mib name: acPMSIPForwardedCallsVallP2Tel

Indicates the number of calls whose destinations
weren't found for IP to Tel direction, during last interval.
Mib name: acPMSIPNoRouteCallsVallP2Tel

Indicates the number of calls that failed due to
mismatched media server capabilities for IP to Tel
direction, during last interval.

Mib name: acPMSIPNoMatchCallsVallP2Tel

Indicates the number of calls that failed due to
unavailable resources or a media server lock for IP to
Tel direction, during last interval.

Mib name: acPMSIPNoResourcesCallsVallP2Tel

This counter is incremented as a result of calls that fail
due to reasons not covered by the other counters for IP
to Tel direction, during last interval.

Mib name: acPMSIPFailCallsVallP2Tel

Indicates the number of attempted fax calls for IP to Tel
direction, during last interval.
Mib name: acPMSIPFaxAttemptedCallsVallP2Tel

Indicates the number of successful fax calls for IP to
Tel direction, during last interval.
Mib name: acPMSIPFaxSuccessCallsVallP2Tel

Indicates the average call duration of established calls
for IP to Tel direction, during last interval.
Mib name: acPMSIPCallDurationAveragelP2Tel
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3.2.5

Tab: SIP Tel to IP

Frame: Gateway System Monitoring (History), Tab: SIP Tel to IP

EMS Parameter Name RT /Hist Gauge /

Tel to IP Number of Call
Attempts

Tel to IP Number of
Established Calls

Tel to IP Number of Calls
Terminated due to a
Busy Line

Tel to IP Number of Calls
Terminated due to No
Answer

Tel to IP Number of Calls
Terminated due to
Forward

Tel to IP Number of
Failed Calls due to No
Route

Tel to IP Number of
Failed Calls due to No
Matched Capabilities

Tel to IP Number of
Failed Calls due to No
Resources

Tel to IP Number of
Failed Calls due to Other
reasons

Tel to IP Fax Call
Attempts

Tel to IP Successful Fax
Calls

Tel to IP Average Call
Duration [sec]

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Gauge

Parameter Description

Indicates the number of attempted calls for Tel to IP
direction, during last interval.
Mib name: acPMSIPAttemptedCallsValTel2IP

Indicates the number of established calls for Tel to IP
direction, during last interval.
Mib name: acPMSIPEstablishedCallsValTel2IP

Indicates the number of calls that failed as a result of a
busy line for Tel to IP direction, during last interval.
Mib name: acPMSIPBusyCallsValTel2IP

Indicates the number of calls that weren't answered for
Tel to IP direction, during last interval.
Mib name: acPMSIPNoAnswerCallsValTel2IP

Indicates the number of calls that were terminated due
to a call forward for Tel to IP direction, during last
interval.

Mib name: acPMSIPForwardedCallsValTel2IP

Indicates the number of calls whose destinations
weren't found for Tel to IP direction, during last interval.
Mib name: acPMSIPNoRouteCallsValTel2IP

Indicates the number of calls that failed due to
mismatched media server capabilities for Tel to IP
direction, during last interval.

Mib name: acPMSIPNoMatchCallsValTel2IP

Indicates the number of calls that failed due to
unavailable resources or a media server lock for Tel to
IP direction, during last interval.

Mib name: acPMSIPNoResourcesCallsValTel2IP

This counter is incremented as a result of calls that fail
due to reasons not covered by the other counters for
Tel to IP direction, during last interval.

Mib name: acPMSIPFailCallsValTel2IP

Indicates the number of attempted fax calls for Tel to IP
direction, during last interval.
Mib name: acPMSIPFaxAttemptedCallsValTel2IP

Indicates the number of successful fax calls for Tel to
IP direction, during last interval.
Mib name: acPMSIPFaxSuccessCallsValTel2IP

Indicates the average call duration of established calls
for Tel to IP direction, during last interval.
Mib name: acPMSIPCallDurationAverageTel2IP
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3.3 Frame: Gateway System Monitoring (Real-Time)

3.31 Tab: System IP

Frame: Gateway System Monitoring (Real-Time), Tab: System IP

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter
Number of Outgoing RT Gauge | This attribute counts the Current total number of
KBytes outgoing Kbytes (1000 bytes) from the interface, so far

from the beginning of the current collection interval as
indicated by time Interval.
Mib name: acPMNetUtiIKBytesTotalTx

Number of Incoming RT Gauge | This attribute counts the total number of Kbytes (1000
KBytes bytes) received on the interface, including those
received in error, so far from the beginning of the
current collection interval as indicated by time Interval.
Mib name: acPMNetUtiIKBytesTotalRx

Number of Outgoing Pkts ~ RT Gauge | This attribute counts the Current total number of
outgoing Packets from the interface, so far from the
beginning of the current collection interval as indicated
by time Interval.

Mib name: acPMNetUtilPacketsTotal Tx

Number of Incoming Pkts ~ RT Gauge | This attribute counts the Current total number of
Packets received on the interface, including those
received in error, so far from the beginning of the
current collection interval as indicated by time Interval.
Mib name: acPMNetUtilPacketsTotalRx

Number of Incoming RT Gauge | This attribute counts the Current total number of

Discarded Pkts malformed IP Packets received on the interface from
the beginning of the current collection interval. These
are packets which are corrupted or discarded due to
errors in their IP headers, including bad checksums,
version number mismatch, other format errors, time-to-
live exceeded, errors discovered in processing their IP
options, etc.
Mib name: acPMNetUtilDiscardedPacketsTotal
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3.3.2 Tab: VoP Call Statistics

Frame: Gateway System Monitoring (Real-Time), Tab: VoP Call Statistics

EMS Parameter Name RT /Hist Gauge / Parameter Description
Counter
Num of Active Contexts RT Gauge | Indicates the current number of voice calls connected

on the box since last clear.
Mib name: acPMActiveContextCountVal

Note: applicable only to the Gateway application.

G711 Active Calls RT Gauge This attribute indicates the current number of G711
calls present on the TPM.
Mib name: acPMChannelsPerCoderValG711

G723 Active Calls RT Gauge | This attribute indicates the current number of G723
calls present on the TPM.This attribute is only
displayed if the G723 Codec is provisioned on the DSP
template.

Mib name: acPMChannelsPerCoderValG723

G728 Active Calls RT Gauge | This attribute indicates the current number of G728
calls present on the TPM.This attribute is only
displayed if the G728 Codec is provisioned on the DSP
template.

Mib name: acPMChannelsPerCoderValG728

G729a Active Calls RT Gauge | This attribute indicates the current number of G729a
calls present on the TPM.This attribute is only
displayed if the G729a Codec is provisioned on the
DSP.

Mib name: acPMChannelsPerCoderValG729a

G729e Active Calls RT Gauge | This attribute indicates the current number of G729¢e
calls present on the TPM.This attribute is only
displayed if the G729e Codec is provisioned on the
DSP template.

Mib name: acPMChannelsPerCoderValG729e

AMR Active Calls RT Gauge This attribute indicates the current number of AMR calls
present on the TPM.This attribute is only displayed if
the AMR Codec is provisioned on the DSP template.
Mib name: acPMChannelsPerCoderValAMR

EVRC Active Calls RT Gauge This attribute indicates the current number of EVRC
calls present on the TPM.This attribute is only
displayed if the EVRC Codec is provisioned on the
DSP template.

Mib name: acPMChannelsPerCoderValEVRC

Rx Packet Loss current RT Gauge The total number of RTP packet loss reported by RTCP
since last reset.
Mib name: acPMModuleRTPPacketLossRxTotal

Tx Packets Loss current RT Gauge The total number of RTP packet loss reported by RTCP
since last reset.
Mib name: acPMModuleRTPPacketLossTxTotal

Rx Packets Current RT Gauge The total number of packets recieved since last reset.
Mib name: acPMModuleRTPPacketsRxTotal
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EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter
Rx Packets Current RT Gauge The total number of RTP packets transmited since last
reset.

Mib name: acPMModuleRTPPacketsTxTotal

3.3.3 Tab: Common Control

Frame: Gateway System Monitoring (Real-Time), Tab: Common Control

EMS Parameter Name RT /Hist Gauge / Parameter Description
Counter
Lifetime in seconds RT Counter | The Connection lifetime in seconds.
Mib name: acPMCPConnectionLifetimeVolume
MGC Tx command RT Gauge MGC command counters.
counters Mib name: acPMCPCommandCounterTotal Tx
MGC Rx command RT Gauge MGC response counters.
counters Mib name: acPMCPCommandCounterTotalRx
MGC Tx retransmissions RT Gauge Number of transactions retransmissions sent from the
board.

Mib name: acPMCPRetransmissionCountTotalTx

MGC Rx retransmissions.  RT Gauge ' Number of incoming retransmissions.
Mib name: acPMCPRetransmissionCountTotalRx

Call Attempts Per Sec RT Gauge Number of Call attempts (successful and unsuccessful)
per second, during current interval.
Mib name: acPMCPCallAttemptsPerSecVal
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3.34

Tab: SIP IP to Tel

Frame: Gateway System Monitoring (Real-Time), Tab: SIP IP to Tel

EMS Parameter Name RT /Hist Gauge /

IP to Tel Number of Call
Attempts

IP to Tel Number of
Established Calls

IP to Tel Number of Calls
Terminated due to a
Busy Line

IP to Tel Number of Calls
Terminated due to No
Answer

IP to Tel Number of Calls
Terminated due to
Forward

IP to Tel Number of
Failed Calls due to No
Route

IP to Tel Number of
Failed Calls due to No
Matched Capabilities

IP to Tel Number of
Failed Calls due to No
Resources

IP to Tel Number of
Failed Calls due to Other
reasons

IP to Tel Fax Call
Attempts

IP to Tel Successful Fax
Calls

IP to Tel Average Call
Duration [sec]

RT

RT

RT

RT

RT

RT

RT

RT

RT

RT

RT

RT

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Gauge

Parameter Description

Indicates the number of attempted calls for IP to Tel
direction, during last interval.
Mib name: acPMSIPAttemptedCallsVallP2Tel

Indicates the number of established calls for IP to Tel
direction, during last interval.
Mib name: acPMSIPEstablishedCallsVallP2Tel

Indicates the number of calls that failed as a result of a
busy line for IP to Tel direction, during last interval.
Mib name: acPMSIPBusyCallsVallP2Tel

Indicates the number of calls that weren't answered for
IP to Tel direction, during last interval.
Mib name: acPMSIPNoAnswerCallsVallP2Tel

Indicates the number of calls that were terminated due
to a call forward for IP to Tel direction, during last
interval.

Mib name: acPMSIPForwardedCallsVallP2Tel

Indicates the number of calls whose destinations
weren't found for IP to Tel direction, during last interval.
Mib name: acPMSIPNoRouteCallsVallP2Tel

Indicates the number of calls that failed due to
mismatched media server capabilities for IP to Tel
direction, during last interval.

Mib name: acPMSIPNoMatchCallsVallP2Tel

Indicates the number of calls that failed due to
unavailable resources or a media server lock for IP to
Tel direction, during last interval.

Mib name: acPMSIPNoResourcesCallsVallP2Tel

This counter is incremented as a result of calls that fail
due to reasons not covered by the other counters for IP
to Tel direction, during last interval.

Mib name: acPMSIPFailCallsVallP2Tel

Indicates the number of attempted fax calls for IP to Tel
direction, during last interval.
Mib name: acPMSIPFaxAttemptedCallsVallP2Tel

Indicates the number of successful fax calls for IP to
Tel direction, during last interval.
Mib name: acPMSIPFaxSuccessCallsVallP2Tel

Indicates the average call duration of established calls
for IP to Tel direction, during last interval.
Mib name: acPMSIPCallDurationAveragelP2Tel
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3.3.5

Tab: SIP Tel to IP

Frame: Gateway System Monitoring (Real-Time), Tab: SIP Tel to IP

EMS Parameter Name RT /Hist Gauge /

Tel to IP Number of Call
Attempts

Tel to IP Number of
Established Calls

Tel to IP Number of Calls
Terminated due to a
Busy Line

Tel to IP Number of Calls
Terminated due to No
Answer

Tel to IP Number of Calls
Terminated due to
Forward

Tel to IP Number of
Failed Calls due to No
Route

Tel to IP Number of
Failed Calls due to No
Matched Capabilities

Tel to IP Number of
Failed Calls due to No
Resources

Tel to IP Number of
Failed Calls due to Other
reasons

Tel to IP Fax Call
Attempts

Tel to IP Successful Fax
Calls

Tel to IP Average Call
Duration [sec]

RT

RT

RT

RT

RT

RT

RT

RT

RT

RT

RT

RT

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Gauge

Parameter Description

Indicates the number of attempted calls for Tel to IP
direction, during last interval.
Mib name: acPMSIPAttemptedCallsValTel2IP

Indicates the number of established calls for Tel to IP
direction, during last interval.
Mib name: acPMSIPEstablishedCallsValTel2IP

Indicates the number of calls that failed as a result of a
busy line for Tel to IP direction, during last interval.
Mib name: acPMSIPBusyCallsValTel2IP

Indicates the number of calls that weren't answered for
Tel to IP direction, during last interval.
Mib name: acPMSIPNoAnswerCallsValTel2IP

Indicates the number of calls that were terminated due
to a call forward for Tel to IP direction, during last
interval.

Mib name: acPMSIPForwardedCallsValTel2IP

Indicates the number of calls whose destinations
weren't found for Tel to IP direction, during last interval.
Mib name: acPMSIPNoRouteCallsValTel2IP

Indicates the number of calls that failed due to
mismatched media server capabilities for Tel to IP
direction, during last interval.

Mib name: acPMSIPNoMatchCallsValTel2IP

Indicates the number of calls that failed due to
unavailable resources or a media server lock for Tel to
IP direction, during last interval.

Mib name: acPMSIPNoResourcesCallsValTel2IP

This counter is incremented as a result of calls that fail
due to reasons not covered by the other counters for
Tel to IP direction, during last interval.

Mib name: acPMSIPFailCallsValTel2IP

Indicates the number of attempted fax calls for Tel to IP
direction, during last interval.
Mib name: acPMSIPFaxAttemptedCallsValTel2IP

Indicates the number of successful fax calls for Tel to
IP direction, during last interval.
Mib name: acPMSIPFaxSuccessCallsValTel2IP

Indicates the average call duration of established calls
for Tel to IP direction, during last interval.
Mib name: acPMSIPCallDurationAverageTel2IP
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3.4

34.1

Tab: IP Group Statistics

Frame: IP Group Monitoring (History)

Frame: IP Group Monitoring (History), Tab: IP Group Statistics

EMS Parameter Name

RT / Gauge/

Hist Counter

SIP IP Group Dialogs Val HIST

SIP IP Group Invite Dialogs HIST
Val

SIP IP Group Subscribe  HIST

Dialogs Val

SIP IP Group Other Dialogs HIST
Val

SIP IP Group In Invite Dialogs HIST

SIP IP Group In Subscribe HIST
Dialogs
SIP IP Group Out Invite  HIST

Dialogs

SIP IP Group Out Subscribe HIST
Dialogs

SIP IP Group Invite Dialogs IPHIST
Average

SIP IP Group Invite Dialogs IPHIST
Max

SIP IP Group Invite Dialogs IPHIST
Min

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Gauge

Gauge

Gauge

Parameter Description

Indicates the number of all dialogs currently being
handled by the SBC per IP Group.
Mib name: acPMSIPIPGroupDialogsVal.

Indicates the number of all calls (initiated by
SIP:INVITE) currently being handled by the SBC per IP
Group.

Mib name: acPMSIPIPGrouplnviteDialogsVal

Indicates the number of all SUBSCRIBE dialogs
(initiated by SIP:SUBSCRIBE) currently being handled
by the SBC, per IP Group.

Mib name: acPMSIPIPGroupSubscribeDialogsVal

Indicates the number of all other dialogs other than
INVITE and SUBSCRIBE (initiated by SIP:REGISTER)
currently being handled by the SBC per IP Group.

Mib name: acPMSIPIPGroupOtherDialogsVal

Indicates the number of incoming calls (SIP INVITE)
per IP Group.
Mib name: acPMSIPIPGrouplninviteDialogsVal

Indicates the number of incoming SUBSCRIBE dialogs
per IP Group.
Mib name: acPMSIPIPGroupInSubscribeDialogsVal

Indicates the number of outgoing calls (SIP INVITE) per
IP Group.
Mib name: acPMSIPIPGroupOutinviteDialogsVal

Indicates the number of outgoing SUBSCRIBE dialogs
per IP Group.
Mib name: acPMSIPIPGroupOutSubscribeDialogsVal

Indicates the average number of all calls (initiated by
SIP:INVITE) currently being handled by the SBC per IP
Group.

Mib name: acPMSIPIPGrouplnviteDialogsAverage

Indicates the maximum number of all calls (initiated by
SIP:INVITE) currently being handled by the SBC per IP
Group.

Mib name: acPMSIPIPGrouplnviteDialogsMax

Indicates the minimum number of all calls (initiated by
SIP:INVITE) currently being handled by the SBC per IP
Group.

Mib name: acPMSIPIPGrouplnviteDialogsMin
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3.5 Frame: IP Group Monitoring (Real-Time)

351 Tab: IP Group Statistics

Frame: IP Group Monitoring (Real-Time), Tab: IP Group Statistics

EMS Parameter Name RT/ Gauge/

Hist

SIP IP Group Dialogs Val = RT

SIP IP Group Invite Dialogs | RT
Val

SIP IP Group Subscribe RT
Dialogs Val

SIP IP Group Other Dialogs| RT
Val

SIP IP Group In Invite RT
Dialogs

SIP IP Group In Subscribe | RT
Dialogs

SIP IP Group Out Invite RT
Dialogs

SIP IP Group Out Subscribe. RT
Dialogs

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Parameter Description

Indicates the number of all dialogs currently being
handled by the SBC per IP Group.

Mib name: acPMSIPIPGroupDialogsVal
Indicates the number of all calls (initiated by

SIP:INVITE) currently being handled by the SBC per IP
Group.

Mib name: acPMSIPIPGrouplnviteDialogsVal
Indicates the number of all SUBSCRIBE dialogs

(initiated by SIP:SUBSCRIBE) currently being handled
by the SBC, per IP Group.

Mib name: acPMSIPIPGroupSubscribeDialogsVal
Indicates the number of all other dialogs other than

INVITE and SUBSCRIBE (initiated by SIP:REGISTER)
currently being handled by the SBC per IP Group.

Mib name: acPMSIPIPGroupOtherDialogsVal
Indicates the number of incoming calls (SIP INVITE)
per IP Group.

Mib name: acPMSIPIPGrouplninviteDialogsVal
Indicates the number of incoming SUBSCRIBE dialogs
per IP Group.

Mib name: acPMSIPIPGroupInSubscribeDialogsVal
Indicates the number of outgoing calls (SIP INVITE) per
IP Group.

Mib name: acPMSIPIPGroupOutinviteDialogsVal
Indicates the number of outgoing SUBSCRIBE dialogs
per IP Group.

Mib name: acPMSIPIPGroupOutSubscribeDialogsVal
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3.6

3.6.1

Tab: SRD Statistics

Frame: SRD Monitoring (History)

Frame: SRD Monitoring (History), Tab: SRD Statistics

EMS Parameter Name RT /Hist Gauge/

SIP SRD Dialogs Val HIST
SIP SRD Invite Dialogs | HIST
Val
SIP SRD Subscribe HIST
Dialogs Val
SIP SRD Other Dialogs =~ HIST

Val

3.7

3.7.1

Counter

Counter

Counter

Counter

Counter

Tab: SRD Statistics

Parameter Description

Indicates the number of all dialogs currently being
handled by the SBC per SRD.
Mib name: acPMSIPSRDDialogsVal

Indicates the number of all calls (initiated by
SIP:INVITE) currently being handled by the SBC per
SRD.

Mib name: acPMSIPSRDInviteDialogsVal

Indicates the number of all SUBSCRIBE dialogs
(initiated by SIP:SUBSCRIBE) currently being handled
by the SBC per SRD.

Mib name: acPMSIPSRDSubscribeDialogsVal

Indicates the number of all dialogs other than INVITE
and SUBSCRIBE (initiated by SIP:REGISTER)
currently being handled by the SBC per SRD

Mib name: acPMSIPSRDOtherDialogsVal

Frame: SRD Monitoring (Real-Time)

Frame: SRD Monitoring (Real-Time), Tab: SRD Statistics

EMS Parameter Name RT /Hist Gauge /

SIP SRD Dialogs Val RT
SIP SRD Invite Dialogs RT
Val
SIP SRD Subscribe RT
Dialogs Val
SIP SRD Other Dialogs RT

Val

Counter

Counter

Counter

Counter

Counter

Parameter Description

Indicates the number of all dialogs currently being
handled by the SBC per SRD.
Mib name: acPMSIPSRDDialogsVal

Indicates the number of all calls (initiated by
SIP:INVITE) currently being handled by the SBC per
SRD.

Mib name: acPMSIPSRDInviteDialogsVal

Indicates the number of all SUBSCRIBE dialogs
(initiated by SIP:SUBSCRIBE) currently being handled
by the SBC per SRD.

Mib name: acPMSIPSRDSubscribeDialogsVal

Indicates the number of all dialogs other than INVITE
and SUBSCRIBE (initiated by SIP:REGISTER)
currently being handled by the SBC per SRD.

Mib name: acPMSIPSRDOtherDialogsVal
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3.8 Frame: System Monitoring SIP (Configuration)

3.8.1 Tab: System IP

Frame: System Monitoring SIP (Configuration), Tab: System IP

EMS Parameter Name RT /Hist Gauge/

Number of Outgoing HIST
KBytes

Number of Incoming HIST
KBytes

Number of Outgoing Pkts HIST

Number of Incoming Pkts HIST

Number of Incoming HIST
Discarded Pkts

Counter

Counter

Counter

Counter

Counter

Counter

Parameter Description

Counts the total number of outgoing Kbytes (1000
bytes) from the interface during the last interval.
Mib name: acPMNetUtiIKBytesVolumeTx

Counts the total number of Kbytes (1000 bytes)
received on the interface, including those received in
error, during the last interval.

Mib name: acPMNetUtiIKBytesVolumeRx

Counts the total number of outgoing Packets from the
interface during the last interval.
Mib name: acPMNetUtilPacketsVolumeTx

Counts the total number of Packets received on the
interface, including those received in error, during the
last interval.

Mib name: acPMNetUtilPacketsVolumeRx

Counts the total number of malformed IP Packets
received on the interface during the last interval. These
are packets which are corrupted or discarded due to
errors in their IP headers, including bad checksums,
version number mismatch, other format errors, time-to-
live exceeded, errors discovered in processing their IP
options, etc.

Mib name: acPMNetUtilDiscardedPacketsVal
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3.8.2

Tab: VoP Call Statistics

Frame: System Monitoring SIP (Configuration), Tab: VoP Call Statistics

EMS Parameter Name RT /Hist Gauge /
Counter

Num of Active Contexts
Avg

Num of Active Contexts
Min

Num of Active Contexts
Max

G711 Active Calls Avg

G723 Active Calls Avg

G728 Active Calls Avg

G729a Active Calls Avg

G729e Active Calls Avg

AMR Active Calls Avg

EVRC Active Calls Avg

Rx RTP Packet Loss
Max

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Parameter Description

Indicates the average number of voice calls connected
on the gateway since the last clear.
Mib name: acPMActiveContextCountAverage

Note: applicable only to the Gateway application.

Indicates the minimum number of voice calls connected
on the gateway since the last clear.
Mib name: acPMActiveContextCountMin

Note: applicable only to the Gateway application.

Indicates the maximum number of voice calls
connected on the gateway since the last clear.
Mib name: acPMActiveContextCountMax

Note: applicable only to the Gateway application.

Indicates the average number of G.711 calls present on
the TPM.
Mib name: acPMChannelsPerCoderAverageG711

Indicates the average number of G.723 calls present on
the TPM. This attribute is only displayed if the G.723
Codec is provisioned on the DSP template.

Mib name: acPMChannelsPerCoderAverageG723

Indicates the average number of G.728 calls present on
the TPM. This attribute is only displayed if the G.728
Codec is provisioned on the DSP template.

Mib name: acPMChannelsPerCoderAverageG728

Indicates the average number of G.729a calls present
on the TPM. This attribute is only displayed if the
G.729a Codec is provisioned on the DSP.

Mib name: acPMChannelsPerCoderAverageG729a

Indicates the average number of G.729e calls present
on the TPM. This attribute is only displayed if the
G.729¢e Codec is provisioned on the DSP template.
Mib name: acPMChannelsPerCoderAverageG729e

Indicates the average number of AMR calls present on
the TPM. This attribute is only displayed if the AMR
Codec is provisioned on the DSP template.

Mib name: acPMChannelsPerCoderAverageAMR

Indicates the average number of EVRC calls present
on the TPM. This attribute is only displayed if the EVRC
Codec is provisioned on the DSP template.

Mib name: acPMChannelsPerCoderAverageEVRC

Indicates the Max Rx RTP Packet loss (reported by
RTCP) per TPM, up to this point in time during the
collection interval, as indicated by the time Interval.
Mib name: acPMModuleRTPPacketLossRxMax
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EMS Parameter Name RT /Hist Gauge/
Counter

Tx RTP Packet Loss

Max

RTP delay Average

RTP delay Max

RTP delay Min

RTP jitter Average

RTP jitter Min

RTP jitter Max

Rx RTP Bytes Max

Tx RTP Bytes Max

Rx RTP Packets Max

Tx RTP Packets Max

RTCP XR Average
Conversational R Factor

RTCP XR Maximum
Conversational R Factor

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Parameter Description

Indicates the Max Tx RTP Packet loss (reported by
RTCP) per TPM, up to this point in time during the
collection interval, as indicated by the time Interval.
Mib name: acPMModuleRTPPacketLossTxMax

Indicates the average RTP packets delay per TPM, up
to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketDelayAverage

Indicates the maximum RTP packets delay per TPM,
up to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketDelayMax

Indicates the minimum RTP packets delay per TPM, up
to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketDelayMin

Indicates the average RTP packets jitter per TPM, up to
this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketJitterAverage

Indicates the minimum RTP packets jitter per TPM, up
to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketJitterMin

Indicates the maximum RTP packets jitter per TPM, up
to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketJitterMax

Indicates the Max Tx RTP Bytes per TPM, up to this
point in time during the collection interval, as indicated
by the time Interval.

Mib name: acPMModuleRTPBytesRxMax

Indicates the Max Rx RTP Bytes per TPM, up to this
point in time during the collection interval, as indicated
by the time Interval.

Mib name: acPMModuleRTPBytesTxMax

Indicates the Max Rx RTP Packets per TPM, up to this
point in time during the collection interval, as indicated
by the time Interval.

Mib name: acPMModuleRTPPacketsRxMax

Indicates the Max Tx RTP Packets per TPM, up to this
point in time during the collection interval, as indicated
by the time Interval.

Mib name: acPMModuleRTPPacketsTxMax

Average conversational R factor.
Mib name: rtcpXrHistoryAvgRCQ

Maximum conversational R factor.
Mib name: rtcpXrHistoryMaxRCQ
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EMS Parameter Name RT /Hist Gauge / Parameter Description
Counter

RTCP XR Minimum HIST Gauge Minimum conversational R factor.
Conversational R Factor Mib name: rtcpXrHistoryMinRCQ
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3.8.3 Tab: Common Control

Frame: System Monitoring SIP (Configuration), Tab: Common Control

EMS Parameter Name RT /Hist Gauge /

Lifetime in seconds Avg

Lifetime in seconds Min

Lifetime in seconds Max

MGC response counters

MGC command counters

MGC Rx retransmissions

MGC Tx retransmissions

Call Attempts Per Sec
Average

Call Attempts Per Sec
Max

Call Attempts Per Sec
Min

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Parameter Description

Indicates the Connection lifetime, in seconds.
Mib name: acPMCPConnectionLifetimeAverage

Indicates the Connection lifetime, in seconds.
Mib name: acPMCPConnectionLifetimeMin

Indicates the Connection lifetime, in seconds.
Mib name: acPMCPConnectionLifetimeMax

Indicates the MGC response counters.
Mib name: acPMCPCommandCounterValRx

Indicates the MGC command counters.
Mib name: acPMCPCommandCounterValTx

Counts the number of incoming retransmissions.
Mib name: acPMCPRetransmissionCountValRx

Counts the number of transactions retransmissions
sent from the board.
Mib name: acPMCPRetransmissionCountValTx

Average of call attempts (successful and unsuccessful)
per second, during last interval.
Mib name: acPMCPCallAttemptsPerSecAverage

Maximum of call attempts (successful and
unsuccessful) per second, during last interval.
Mib name: acPMCPCallAttemptsPerSecMax

Minimum of call attempts (successful and
unsuccessful) per second, during last interval.
Mib name: acPMCPCallAttemptsPerSecMin
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3.84

Tab: SIP IP to Tel

Frame: System Monitoring SIP (Configuration), Tab: SIP IP to Tel

EMS Parameter Name RT /Hist Gauge /

IP to Tel Number of Call
Attempts

IP to Tel Number of
Established Calls

IP to Tel Number of Calls
Terminated due to a
Busy Line

IP to Tel Number of Calls
Terminated due to No
Answer

IP to Tel Number of Calls
Terminated due to
Forward

IP to Tel Number of
Failed Calls due to No
Route

IP to Tel Number of
Failed Calls due to No
Matched Capabilities

IP to Tel Number of
Failed Calls due to No
Resources

IP to Tel Number of
Failed Calls due to Other
reasons

IP to Tel Fax Call
Attempts

IP to Tel Successful Fax
Calls

IP to Tel Average Call
Duration [sec]

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Gauge

Parameter Description

Indicates the number of attempted calls for IP to Tel
direction, during last interval.
Mib name: acPMSIPAttemptedCallsVallP2Tel

Indicates the number of established calls for IP to Tel
direction, during last interval.
Mib name: acPMSIPEstablishedCallsVallP2Tel

Indicates the number of calls that failed as a result of a
busy line for IP to Tel direction, during last interval.
Mib name: acPMSIPBusyCallsVallP2Tel

Indicates the number of calls that weren't answered for
IP to Tel direction, during last interval.
Mib name: acPMSIPNoAnswerCallsVallP2Tel

Indicates the number of calls that were terminated due
to a call forward for IP to Tel direction, during last
interval.

Mib name: acPMSIPForwardedCallsVallP2Tel

Indicates the number of calls whose destinations
weren't found for IP to Tel direction, during last interval.
Mib name: acPMSIPNoRouteCallsVallP2Tel

Indicates the number of calls that failed due to
mismatched media server capabilities for IP to Tel
direction, during last interval.

Mib name: acPMSIPNoMatchCallsVallP2Tel

Indicates the number of calls that failed due to
unavailable resources or a media server lock for IP to
Tel direction, during last interval.

Mib name: acPMSIPNoResourcesCallsVallP2Tel

This counter is incremented as a result of calls that fail
due to reasons not covered by the other counters for IP
to Tel direction, during last interval.

Mib name: acPMSIPFailCallsVallP2Tel

Indicates the number of attempted fax calls for IP to Tel
direction, during last interval.
Mib name: acPMSIPFaxAttemptedCallsVallP2Tel

Indicates the number of successful fax calls for IP to
Tel direction, during last interval.
Mib name: acPMSIPFaxSuccessCallsVallP2Tel

Indicates the average call duration of established calls
for IP to Tel direction, during last interval.
Mib name: acPMSIPCallDurationAveragelP2Tel
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3.8.5

Tab: SIP Tel to IP

Frame: System Monitoring SIP (Configuration), Tab: SIP Tel to IP

EMS Parameter Name RT /Hist Gauge /

Tel to IP Number of Call
Attempts

Tel to IP Number of
Established Calls

Tel to IP Number of Calls
Terminated due to a
Busy Line

Tel to IP Number of Calls
Terminated due to No
Answer

Tel to IP Number of Calls
Terminated due to
Forward

Tel to IP Number of
Failed Calls due to No
Route

Tel to IP Number of
Failed Calls due to No
Matched Capabilities

Tel to IP Number of
Failed Calls due to No
Resources

Tel to IP Number of
Failed Calls due to Other
reasons

Tel to IP Fax Call
Attempts

Tel to IP Successful Fax
Calls

Tel to IP Average Call
Duration [sec]

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Gauge

Parameter Description

Indicates the number of attempted calls for Tel to IP
direction, during last interval.
Mib name: acPMSIPAttemptedCallsValTel2IP

Indicates the number of established calls for Tel to IP
direction, during last interval.
Mib name: acPMSIPEstablishedCallsValTel2IP

Indicates the number of calls that failed as a result of a
busy line for Tel to IP direction, during last interval.
Mib name: acPMSIPBusyCallsValTel2IP

Indicates the number of calls that weren't answered for
Tel to IP direction, during last interval.
Mib name: acPMSIPNoAnswerCallsValTel2IP

Indicates the number of calls that were terminated due
to a call forward for Tel to IP direction, during last
interval.

Mib name: acPMSIPForwardedCallsValTel2IP

Indicates the number of calls whose destinations
weren't found for Tel to IP direction, during last interval.
Mib name: acPMSIPNoRouteCallsValTel2IP

Indicates the number of calls that failed due to
mismatched media server capabilities for Tel to IP
direction, during last interval.

Mib name: acPMSIPNoMatchCallsValTel2IP

Indicates the number of calls that failed due to
unavailable resources or a media server lock for Tel to
IP direction, during last interval.

Mib name: acPMSIPNoResourcesCallsValTel2IP

This counter is incremented as a result of calls that fail
due to reasons not covered by the other counters for
Tel to IP direction, during last interval.

Mib name: acPMSIPFailCallsValTel2IP

Indicates the number of attempted fax calls for Tel to IP
direction, during last interval.
Mib name: acPMSIPFaxAttemptedCallsValTel2IP

Indicates the number of successful fax calls for Tel to
IP direction, during last interval.
Mib name: acPMSIPFaxSuccessCallsValTel2IP

Indicates the average call duration of established calls
for Tel to IP direction, during last interval.
Mib name: acPMSIPCallDurationAverageTel2IP
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3.8.6

Tab: SRD Statistics

Frame: System Monitoring SIP (Configuration), Tab: SRD Statistics

EMS Parameter Name RT /Hist Gauge /

SIP SRD Dialogs Val HIST
SIP SRD Invite Dialogs | HIST
Val
SIP SRD Subscribe HIST
Dialogs Val
SIP SRD Other Dialogs = HIST

Val

3.8.7

Counter

Counter

Counter

Counter

Counter

Tab: IP Group Statistics

Parameter Description

Indicates the number of all dialogs currently being
handled by the SBC per SRD.
Mib name: acPMSIPSRDDialogsVal

Indicates the number of all calls (initiated by
SIP:INVITE) currently being handled by the SBC per
SRD.

Mib name: acPMSIPSRDInviteDialogsVal

Indicates the number of all SUBSCRIBE dialogs
(initiated by SIP:SUBSCRIBE) currently being handled
by the SBC per SRD.

Mib name: acPMSIPSRDSubscribeDialogsVal

Indicates the number of all dialogs other than INVITE
and SUBSCRIBE (initiated by SIP:REGISTER)
currently being handled by the SBC per SRD.

Mib name: acPMSIPSRDOtherDialogsVal

Frame: System Monitoring SIP (Configuration), Tab: IP Group Statistics

EMS Parameter Name RT /

Hist

SIP IP Group Dialogs Val | HIST

SIP IP Group Invite HIST
Dialogs Val

SIP IP Group Subscribe = HIST
Dialogs Val

SIP IP Group Other HIST
Dialogs Val

SIP IP Group In Invite HIST

Dialogs

Gauge /
Counter

Counter

Counter

Counter

Counter

Counter

Parameter Description

Indicates the number of all dialogs currently being
handled by the SBC per IP Group.
Mib name: acPMSIPIPGroupDialogsVal

Indicates the number of all calls (initiated by
SIP:INVITE) currently being handled by the SBC per IP
Group.

Mib name: acPMSIPIPGrouplnviteDialogsVal

Indicates the number of all SUBSCRIBE dialogs
(initiated by SIP:SUBSCRIBE) currently being handled
by the SBC, per IP Group.

Mib name: acPMSIPIPGroupSubscribeDialogsVal

Indicates the number of all other dialogs other than
INVITE and SUBSCRIBE (initiated by SIP:REGISTER)
currently being handled by the SBC per IP Group.

Mib name: acPMSIPIPGroupOtherDialogsVal

Indicates the number of incoming calls (SIP INVITE)
per IP Group.
Mib name: acPMSIPIPGrouplninviteDialogsVal
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EMS Parameter Name

SIP IP Group In Subscribe
Dialogs

SIP IP Group Out Invite
Dialogs

SIP IP Group Out
Subscribe Dialogs

SIP IP Group Invite
Dialogs IP Average

SIP IP Group Invite
Dialogs IP Max

SIP IP Group Invite
Dialogs IP Min

RT /
Hist

HIST

HIST

HIST

HIST

HIST

HIST

Gauge /
Counter

Counter

Counter

Counter

Gauge

Gauge

Gauge

Parameter Description

Indicates the number of incoming SUBSCRIBE dialogs
per IP Group.
Mib name: acPMSIPIPGroupInSubscribeDialogsVal

Indicates the number of outgoing calls (SIP INVITE) per
IP Group.
Mib name: acPMSIPIPGroupOutinviteDialogsVal

Indicates the number of outgoing SUBSCRIBE dialogs
per IP Group.
Mib name: acPMSIPIPGroupOutSubscribeDialogsVal

Indicates the average number of all calls (initiated by
SIP:INVITE) currently being handled by the SBC per IP
Group.

Mib name: acPMSIPIPGrouplnviteDialogsAverage

Indicates the maximum number of all calls (initiated by
SIP:INVITE) currently being handled by the SBC per IP
Group.

Mib name: acPMSIPIPGrouplnviteDialogsMax

Indicates the minimum number of all calls (initiated by
SIP:INVITE) currently being handled by the SBC per IP
Group.

Mib name: acPMSIPIPGrouplnviteDialogsMin
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3.8.8 Tab: Trunk Group Statistics

Frame: System Monitoring SIP (Configuration), Tab: Trunk Group Statistics

EMS Parameter Name RT /Hist Gauge /
Counter

Trunk Group Utilization
(%)

Trunk Group Utilization
(channels)

Tel to IP Trunk Group
Established Calls Val

IP to Tel Trunk Group
Established Calls Val

No Resources Calls

Average Call Duration
(sec)

Total Call Duration (sec)

Trunk Group All Trunks
Busy (sec)

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Gauge

Gauge

Counter

Counter

Gauge

Gauge

Gauge

Counter

Parameter Description

Indicates the percentage (%) of channels currently in
use (busy) per trunk group. The device supports
configuration of a busy channel threshold per trunk
group, which when exceeded, sends an SNMP alarm.
For example, if a device has 200 voice channels and
the threshold is set to 90%, if the number of concurrent
busy channels exceeds 90% (i.e., 180 channels), this
threshold alarm is sent.

Mib name:
acPMSIPTrunkGroupPercentageUtilizationVal

Indicates the number of channels currently in use
(busy) per trunk group. For example, if the device has
240 channels and the threshold is set to 108, if the
number of concurrent busy channels exceeds 1086, this
threshold alarm is sent. Note that if a trunk is in LOF
state, this MIB counts only the channels that are used.

Mib name: acPMSIPTrunkGroupUtilizationVal

Indicates the number of established calls for Tel to IP
direction for the Trunk Group, during last interval.
Mib name:
acPMSIPTel2IPTrunkGroupEstablishedCallsVal

Indicates the number of established calls for IP to Tel
direction for the Trunk Group, during last interval.
Mib name:
acPMSIPIP2TelTrunkGroupEstablishedCallsVal

Indicates the number of calls failed to be established
due to unavailable device resources (e.g., no free
channels) for a specific trunk group.

Mib name: acPMSIPTrunkGroupNoResourcesCallsVal

Indicates the average call duration (in seconds) of calls
belonging to a specific trunk group.
Mib name: acPMSIPTrunkGroupCallDurationAverage

Indicates the total call duration (in seconds) belonging
to a specific trunk group.
Mib name: acPMSIPTrunkGroupCallDurationTotal

Indicates the duration (in seconds) that all channels of
a specific trunk group were concurrently busy, if this
scenario occurs. For example, if trunk group #3 has
200 channels and all these were concurrently busy for
60 seconds, then this MIB will display 60 for this trunk
group. Note that trunks that are out of service or not
configured (set to NONE) are considered "busy" in this
calculation.

Mib name: acPMSIPTrunkGroupAllTrunksBusyVal
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EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter

All Trunks Busy (%) HIST | Gauge | Indicates the percentage (%) of time within a 15-minute
polling interval, that all channels in a specific trunk
group were busy simultaneously. This measurement is
sent only at the end of the interval (beginning of the
current interval), so each measurement reflects the
previous interval. For example, assume that all trunks
of a trunk group were busy for 6 minutes during an
interval. The MIB will send a measurement of 40% (i.e.,
6 minutes / 15 minutes * 100). In other words, all trunks
of the trunk group were simultaneously busy for 40% of
the time during this 15-minute interval.

Mib name:
acPMSIPTrunkGroupAllTrunksBusyPercentageVal
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3.9

3.9.1

Frame: Trunk Group Monitoring (History)

Tab: Trunk Group Statistics

Frame: Trunk Group Monitoring (History), Tab: Trunk Group Statistics

EMS Parameter Name RT /Hist Gauge/

Trunk Group Utilization
(%)

Trunk Group Utilization
(channels)

Tel to IP Trunk Group
Established Calls Val

IP to Tel Trunk Group
Established Calls Val

No Resources Calls

Average Call Duration
(sec)

Total Call Duration (sec)

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Counter

Gauge

Gauge

Counter

Counter

Gauge

Gauge

Gauge

Parameter Description

Indicates the percentage (%) of channels currently in
use (busy) per trunk group. The device supports
configuration of a busy channel threshold per trunk
group, which when exceeded, sends an SNMP alarm.
For example, if a device has 200 voice channels and
the threshold is set to 90%, if the number of concurrent
busy channels exceeds 90% (i.e., 180 channels), this
threshold alarm is sent.

Mib name:
acPMSIPTrunkGroupPercentageUtilizationVal

Indicates the number of channels currently in use
(busy) per trunk group. For example, if the device has
240 channels and the threshold is set to 108, if the
number of concurrent busy channels exceeds 1086, this
threshold alarm is sent. Note that if a trunk is in LOF
state, this MIB counts only the channels that are used.

Mib name: acPMSIPTrunkGroupUtilizationVal

Indicates the number of established calls for Tel to IP
direction for the Trunk Group, during last interval.
Mib name:
acPMSIPTel2IPTrunkGroupEstablishedCallsVal

Indicates the number of established calls for IP to Tel
direction for the Trunk Group, during last interval.
Mib name:
acPMSIPIP2TelTrunkGroupEstablishedCallsVal

Indicates the number of calls failed to be established
due to unavailable device resources (e.g., no free
channels) for a specific trunk group.

Mib name: acPMSIPTrunkGroupNoResourcesCallsVal

Indicates the average call duration (in seconds)
belonging to a specific trunk group.
Mib name: acPMSIPTrunkGroupCallDurationAverage

Indicates the total call duration (in seconds) belonging
to a specific trunk group.
Mib name: acPMSIPTrunkGroupCallDurationTotal
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EMS Parameter Name RT /Hist Gauge/
Counter

Trunk Group All Trunks | HIST | Counter
Busy (sec)

All Trunks Busy (%) HIST = Gauge

Parameter Description

Indicates the duration (in seconds) that all channels of
a specific trunk group were concurrently busy, if this
scenario occurs. For example, if trunk group #3 has
200 channels and all these were concurrently busy for
60 seconds, then this MIB will display 60 for this trunk
group. Note that trunks that are out of service or not
configured (set to NONE) are considered "busy" in this
calculation.

Mib name: acPMSIPTrunkGroupAllTrunksBusyVal

Indicates the percentage (%) of time within a 15-minute
polling interval, that all channels in a specific trunk
group were busy simultaneously. This measurement is
sent only at the end of the interval (beginning of the
current interval), so each measurement reflects the
previous interval. For example, assume that all trunks
of a trunk group were busy for 6 minutes during an
interval. The MIB will send a measurement of 40% (i.e.,
6 minutes / 15 minutes * 100). In other words, all trunks
of the trunk group were simultaneously busy for 40% of
the time during this 15-minute interval.

Mib name:
acPMSIPTrunkGroupAllTrunksBusyPercentageVal
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3.10 Frame: Trunk Group Monitoring (Real-Time)

3.10.1 Tab: Trunk Group Statistics

Frame: Trunk Group Monitoring (Real-Time), Tab: Trunk Group Statistics

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter
Trunk Group Utilization RT Gauge | Indicates the percentage (%) of channels currently in
(%) use (busy) per trunk group. The device supports

configuration of a busy channel threshold per trunk
group, which when exceeded, sends an SNMP alarm.
For example, if a device has 200 voice channels and
the threshold is set to 90%, if the number of concurrent
busy channels exceeds 90% (i.e., 180 channels), this
threshold alarm is sent.

Mib name:
acPMSIPTrunkGroupPercentageUtilizationVal

Trunk Group Utilization RT Gauge  Indicates the number of channels currently in use
(channels) (busy) per trunk group. For example, if the device has
240 channels and the threshold is set to 108, if the
number of concurrent busy channels exceeds 1086, this
threshold alarm is sent. Note that if a trunk is in LOF
state, this MIB counts only the channels that are used.

Mib name: acPMSIPTrunkGroupUtilizationVal

Tel to IP Trunk Group RT Counter | Indicates the number of established calls for Tel to IP

Established Calls Val direction for the Trunk Group, during last interval.
Mib name:
acPMSIPTel2IPTrunkGroupEstablishedCallsVal

IP to Tel Trunk Group RT Counter | Indicates the number of established calls for IP to Tel

Established Calls Val direction for the Trunk Group, during last interval.
Mib name:

acPMSIPIP2TelTrunkGroupEstablishedCallsVal

No Resources Calls RT Gauge | Indicates the number of calls failed to be established
due to unavailable device resources (e.g., no free
channels) for a specific trunk group.

Mib name: acPMSIPTrunkGroupNoResourcesCallsVal

Average Call Duration RT Gauge | Indicates the average call duration (in seconds)
(sec) belonging to a specific trunk group.
Mib name: acPMSIPTrunkGroupCallDurationAverage

Total Call Duration (sec) RT Gauge | Indicates the total call duration (in seconds) belonging
to a specific trunk group.
Mib name: acPMSIPTrunkGroupCallDurationTotal
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EMS Parameter Name RT /Hist Gauge/
Counter

Trunk Group All Trunks RT Counter
Busy (sec)

All Trunks Busy (%) RT Gauge

Parameter Description

Indicates the duration (in seconds) that all channels of
a specific trunk group were concurrently busy, if this
scenario occurs. For example, if trunk group #3 has
200 channels and all these were concurrently busy for
60 seconds, then this MIB will display 60 for this trunk
group. Note that trunks that are out of service or not
configured (set to NONE) are considered "busy" in this
calculation.

Mib name: acPMSIPTrunkGroupAllTrunksBusyVal

Indicates the percentage (%) of time within a 15-minute
polling interval, that all channels in a specific trunk
group were busy simultaneously. This measurement is
sent only at the end of the interval (beginning of the
current interval), so each measurement reflects the
previous interval. For example, assume that all trunks
of a trunk group were busy for 6 minutes during an
interval. The MIB will send a measurement of 40% (i.e.,
6 minutes / 15 minutes * 100). In other words, all trunks
of the trunk group were simultaneously busy for 40% of
the time during this 15-minute interval.

Mib name:
acPMSIPTrunkGroupAllTrunksBusyPercentageVal
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3.11 Frame: Trunk Monitoring (History)

3.11.1 Tab: Trunk Performance

Frame: Trunk Monitoring (History), Tab: Trunk Performance

EMS Parameter Name RT /Hist Gauge/
Counter

Trunk utilization Avg

Trunk utilization Min

Trunk utilization Max

Trunk Errored Seconds

Trunk Controlled Slip
Seconds

Trunk Path Coding
Violations

Trunk Bursty Errored
Seconds

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Parameter Description

Indicates the Average of simultaneously busy DS0
channels on this Trunk up to this point in time during
the collection interval, as indicated by the Time Interval.
A busy channel is when the Physical DSO Termination
isn't in Null context or OOS. A Trunk is either E1 or T1.
Mib name: acPMTrunkUtilizationAverage

Indicates the Minimum of simultaneously busy DS0
channels on this Trunk up to this point in time during
the collection interval, as indicated by the Time Interval.
A busy channel is when the Physical DSO Termination
isn't in Null context or OOS. A Trunk is either E1 or T1.
Mib name: acPMTrunkUtilizationMin

Indicates the Maximum of simultaneously busy DS0
channels on this Trunk up to this point in time during
the collection interval, as indicated by the Time Interval.
A busy channel is when the Physical DSO Termination
isn't in Null context or OOS. A Trunk is either E1 or T1.
Mib name: acPMTrunkUTtilizationMax

Indicates the number of Errored Seconds.
Mib name: dsx1IntervalESs

Indicates the number of Controlled Slip Seconds.
Mib name: dsx1IntervalCSSs

Indicates the number of Path Coding Violations.
Mib name: dsx1IntervalPCVs

Indicates the number of Bursty Errored Seconds.
Mib name: dsx1IntervalBESs
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3.12 Frame: Trunk Monitoring (Real-Time)

3.12.1 Tab: Trunk Performance

Frame: Trunk Monitoring (Real-Time), Tab: Trunk Performance

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter
Trunk utilization RT Gauge | This attribute indicates the Current simultaneous busy

DSO0 channels on this Trunk. A busy channel is when
the Physical DSO Termination isn't in Null context or
OOS. A Trunk is either E1 or T1.

Mib name: acPMTrunkUtilizationVal

Trunk Calls Duration RT Gauge Value of gauge or counter.
Mib name: acPMPSTNTrunkActivitySecondsVal
Trunk Errored Seconds RT Gauge This attribute indicates amount of Errored Seconds

encountered by a DS1 interface in the previous 24 hour
interval. Invalid 15 minute intervals count as 0.
Mib name: dsx1TotalESs

Trunk Controlled Slip RT Gauge | This attribute indicates amount of Controlled Slip
Seconds Seconds encountered by a DS1 interface in the
previous 24 hour interval. Invalid 15 minute intervals
count as 0.
Mib name: dsx1TotalCSSs

Trunk Path Coding RT Gauge | This attribute indicates amount of Path Coding
Violations Violations encountered by a DS1 interface in the
previous 24 hour interval. Invalid 15 minute intervals
count as 0.
Mib name: dsx1TotalPCVs

Trunk Bursty Errored RT Gauge | This attribute indicates amount of Bursty Errored
Seconds Seconds encountered by a DS1 interface in the
previous 24 hour interval. Invalid 15 minute intervals
count as 0.
Mib name: dsx1TotalBESs
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4 Alarms

Supported alarms / events can fall into one of the following categories:

B Standard traps: traps originated by the media gateway / server - all the standard
traps are treated are events.

B Proprietary alarms / events: traps originated by the media gateway / server and
defined in the gateway proprietary MIB.

B EMS alarms / events: traps originated by the EMS application and defined in the
EMS proprietary MIB.

To find out which traps are defined as Events, refer to 'Alarm Name' or 'Alarm Title'
fields in the table. All the events are marked with [Event] prefix. This is how events are
marked in the EMS Alarms Browser and Alarms History windows.

Each alarm / event described in this section includes the following information:

Alarm Name

Alarm Source

Severity

Alarm Type

Alarm Probable Cause

Description

Additional Info

SNMP Trap Name

SNMP Trap OID

Corrective Action

Information Included in Each Alarm

The alarm name, as it appears in the EMS Alarm Browser.

Possible values of sources if applicable to a specific alarm. This value is
displayed from the variable-binding tgTrapGlobalsSource. For the
complete list of Managed Objects, refer to the Mediant 5000 / 8000
Programmers' User Manual.

Possible values of severities. This value is displayed from the variable-
binding tgTrapGlobalsSeverity.

Alarm type according to ITU X.733 definition. This value is displayed
from the variable-binding tgTrapGlobalsType.

Alarm probable cause according to ITU X.733 definition. This value is
displayed from the variable-binding tgTrapGlobalsProbableCause.

Textual description of specific problem. This value is displayed from the
variable-binding tgTrapGlobalsTextualDescription. The document
includes a few examples of the possible values of this field.

Additional information fields provided by MG application, depending on
the specific scenario. These values are displayed from
tgTrapGlobalsAdditionallnfo1, tgTrapGlobalsAdditionallnfo2 and
tgTrapGlobalsAdditionallnfo3. The document includes a few examples of
the possible values of this field.

NOTIFICATION-TYPE Name as it appears in the MIB.
NOTIFICATION-TYPE OID as it appears in the MIB.

Possible corrective action when applicable.

Version 6.8

403 June 2014



7. - )
I & AudioCodes Mediant 3000 with TP-8410

4.1 Standard Traps
411 Cold Start
Cold Start
Description SNMPv2-MIB: A coldStart trap signifies that the SNMP entity, supporting

a notification originator application, is reinitializing itself and that its
configuration may have been altered.

SNMP Alarm coldStart

SNMP OID 1.3.6.1.6.3.1.1.5.1
Alarm Title [Event] Cold Start
Alarm Type Communication Alarm

Alarm Source

Probable Cause Other
Severity Clear
Additional Info1,2,3

Corrective Action
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412 Link Down
This alarm is supported for Ethernet and DS1 links.

Description

SNMP Alarm

SNMP OID

Alarm Title

Alarm Type

Alarm Source
Probable Cause
Severity

Additional Info1,2,3

Corrective Action

413 Link Up

Link Down

SNMPv2-MIB: A linkDown trap signifies that the SNMP entity, acting in
an agent role, has detected that the ifOperStatus object for one of its
communication links is about to enter the down state from some other
state (but not from the notPresent state). This other state is indicated by
the included value of ifOperStatus.

[Event] linkDown
1.3.6.1.6.3.1.1.5.3
Link Down

Communication Alarm

Other

Major

This alarm is supported for Ethernet and DS1 links.

Description

SNMP Alarm

SNMP OID

Alarm Title

Alarm Type

Alarm Source
Probable Cause
Severity

Additional Info1,2,3

Corrective Action

Link Up

SNMPv2-MIB: A linkUp trap signifies that the SNMP entity, acting in an
agent role, has detected that the ifOperStatus object for one of its
communication links left the down state and transitioned into some other
state (but not into the notPresent state). This other state is indicated by
the included value of ifOperStatus.

[Event] linkUp
1.3.6.1.6.3.1.1.5.4
Link Up

Communication Alarm

Other

Clear

Version 6.8

405 June 2014



7. - )
f & AudioCodes Mediant 3000 with TP-8410

4.1.4 Entity Configuration Change

Entity Configuration Change

Description Entity-MIB: An entConfigChange notification is generated when the value
of entLastChangeTime changes.

SNMP Alarm [Event] entConfigChange

SNMP OID 1.3.6.1.2.1.47.2.0.1

Alarm Title Entity Configuration Change

Alarm Type Equipment Alarm

Alarm Source

Probable Cause Other

Severity Info

Additional Infol,2,3

Corrective Action

415 Authentication Failure

Authentication Failure

Description SNMPv2-MIB: An authenticationFailure trap signifies that the SNMP
entity has received a protocol message that is no properly authenticated.
While all implementations of SNMP entities MAY be capable of
generating this trap, the snmpEnableAuthenTraps object indicates
whether this trap will be generated.

SNMP Alarm [Event] authenticationFailure
SNMP OID 1.3.6.1.6.3.1.1.5.5

Alarm Title Authentication Failure
Alarm Type Communication Alarm

Alarm Source

Probable Cause Other
Severity Major
Additional Info1,2,3

Corrective Action
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416 DS1 Line Status

Description

SNMP Alarm

SNMP OID

Alarm Title

Alarm Type

Alarm Source
Probable Cause
Severity

Additional Info1,2,3

Corrective Action

DS1 Line Status

From RFC 3895 (Definitions of Managed Objects for the DS1, E1, DS2,
and E2 Interface Types. O. Nicklass, Ed.. September 2004): A
dsx1LineStatusChange trap is sent when the value of an instance
dsx1LineStatus changes. It can be utilized by an NMS to trigger polls.
When the line status change results from a higher level line status
change (i.e., ds3), then no traps for the ds1 are sent.

[Event] dsx1LineStatusChange
1.3.6.1.2.1.10.18.15.0.1

DS1 Line Status
Communication Alarm

Trunk# (number of trunk)
Other

Maijor on raise, Clear on clear

Updated DS1 Line Status.

This variable indicates the Line Status of the interface. It contains
loopback, failure, received 'alarm' and transmitted 'alarms' information.

The dsx1LineStatus is a bit map represented as a sum, therefore, it can
represent multiple failures (alarms) and a LoopbackState simultaneously.
dsx1NoAlarm must be set if and only if no other flag is set. If the
dsx1loopbackState bit is set, the loopback in effect can be determined
from the dsx1loopbackConfig object. The various bit positions are:

1 dsx1NoAlarm No alarm present

2 dsx1RcvFarEndLOF Far end LOF (a.k.a., Yellow
Alarm)

4  dsx1XmtFarEndLOF Near end sending LOF
Indication

8 dsx1RcvAIS Far end sending AIS

16 dsx1XmtAIS Near end sending AlS

32 dsx1LossOfFrame Near end LOF (a.k.a., Red Alarm)
64 dsx1LossOfSignal Near end Loss Of Signal

128 dsx1LoopbackState Near end is looped

256 dsx1T16AIS E1TS16 AIS

512 dsx1RcvFarEndLOMF  Far End Sending TS16 LOMF
1024 dsx1XmtFarEndLOMF Near End Sending TS16 LOMF

2048 dsx1RcvTestCode Near End detects a test code
4096 dsx10OtherFailure Any line status not defined here
8192 dsx1UnavailSigState Near End in Unavailable Signal State
16384 dsx1NetEquipOOS Carrier Equipment Out of
Service

32768 dsx1RcvPayloadAlS DS2 Payload AIS
65536 dsx1Ds2PerfThreshold DS2 Performance Threshold Exceeded
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4.2 EMS Alarms

421 EMS Trap Receiver Binding Error

EMS Trap Receiver Binding Error

Textual Description This alarm is generated during server startup if an error occurs
indicating that the SNMP trap receiver port is already taken.

SNMP OID acEMSSnmpCannotBindError- 1.3.6.1.4.1.5003.9.20.3.2.0.1

AlarmTitle [Event] EMS Trap Receiver Binding Error

ltuAlarmType Environmental Alarm

AlarmSource EMS Server

Probable Cause Application Subsystem Failure

Severity Critical

Additional Info -

Corrective Action Run netstats command to verify which application uses the alarms
reception port (by default UDP post 162).

o EMS application: If it's busy, check which application uses this port.
If it's not freed by the EMS application, restart the EMS Server
application according to the equipment installation manual.

o Other network management application: change the EMS
application and all managed gateways' default alarm reception
ports.

Media Gateways All the gateways managed by the EMS
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4272 GW Connection Alarm

Textual Description

SNMP OID
AlarmTitle
ltuAlarmType
AlarmSource
Probable Cause
Severity
Additional Info

Corrective Action

Media Gateways

GW Connection Alarm

Originated by the EMS when an SNMP Timeout occurs for the first time
in the Media Gateway

acEMSNodeConnectionLostAlarm - 1.3.6.1.4.1.5003.9.20.3.2.0.3
GW Connection Alarm

Communications Alarm

Media Gateway

Communications Subsystem Failure

Critical

Communication problem: Try to ping the gateway to check if there is

network communication.

« Default gateway alive: Open the network screen. Check the default
gateway IP address and ping it.

o SNMP Community Strings: Verify that the community string defined
in the EMS for the gateway matchs the actual gateway community
strings. To check the community string, right-click on the gateway,
select the 'Details' menu. Default community strings: read = public,
write = private.

« Hardware Problem: Check that the gateway is alive according to the
LEDs. Verify that network and power cables are in place and
plugged in.

All the gateways managed by the EMS
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423 GW Mismatch Alarm

GW Mismatch Alarm

Textual Description Activated when the EMS detects a hardware, software, predefine or
configuration mismatch.

o Software Mismatch:

Activated when the EMS detects a software version mismatch
between the actual and the previous definition of the Media
Gateway (for example, Version 4.0.353 instead of the previously
defined 4.0.278). This is also the case when the new version is not
defined in the Software Manager.

o Hardware Mismatch:

Activated when the EMS detects a hardware mismatch between
the actual and the previous definition of a Media Gateway.

o Configuration Mismatch:
Activated when the EMS detects a configuration mismatch between

the actual parameter values provisioned and previous parameter
values provisioned.

SNMP OID acEMSNoMismatchNodeAlarm - 1.3.6.1.4.1.5003.9.20.3.2.0.9
AlarmTitle GW Mismatch Alarm

ltuAlarmType Equipment Alarm

AlarmSource Media Gateway/Software

Media Gateway/Hardware
Media Gateway/Configuration

Probable Cause Other
Severity Clear
Additional Info -

Corrective Action o Software Mismatch:
v Define the detected version in the EMS Software Manager
v' Perform a Software Upgrade on the gateway with one of the
supported versions.
« Hardware Mismatch:
v" Perform remove / add a gateway from the EMS tree in order to
resync EMS and the gateway status
v Verify in the Software Manager that an appropriate version
exists for the hardware type displayed in the error message
« Configuration Mismatch:
v Run Configuration Verification command in order to compare

EMS configuration and actual MG configuration:

-MG configuration is incorrect: use configuration download to
update MG with correct configuration saved in the EMS
database.

-MG is correct, EMS is not updated: use configuration upload
to save a correct MG configuration in the EMS database.

« Check the Actions Journal for recent updates of the gateway.
Media Gateways All the gateways managed by the EMS.
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424 EMS Server Started

Textual Description

SNMP OID
AlarmTitle
ltuAlarmType
AlarmSource
Probable Cause
Severity
Additional Info
Corrective Action

Media Gateways

EMS Server Started

Originated each time the server is started or restarted (warm
boot/reboot) by the EMS Watchdog Process

acEMSServerStartup- 1.3.6.1.4.1.5003.9.20.3.2.0.11
[Event] EMS Server Started

Communications Alarm

EMS Server

Other

Major

All the gateways managed by the EMS.
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425 Disk Space Alarm

Disk Space Alarm
Textual Description Originated when the EMS Server hard disk capacity is almost full.
SNMP OID acEMSNotEnoughDiskSpaceAlarm - 1.3.6.1.4.1.5003.9.20.3.2.0.12
AlarmTitle Disk Space Alarm
ltuAlarmType Environment Alarm
AlarmSource EMS Server

Probable Cause -

Severity Critical - disk usage > 80 %
Major - disk usage > 70 %

Additional Info -

Corrective Action = Clean all unnecessary files

= Expand the hard disk
Media Gateways All the gateways managed by the EMS.
4.2.6 Software Replaced

Software Replaced

Textual Description Originates when the EMS discovers a software version replace
between board versions, for example, from V4.6.009.004 to
V4.6.152.003 (when both versions are managed by the EMS).

Software Replace old version : <old version> new version <new

version>

SNMP OID acEMSSoftwareReplaceAlarm- 1.3.6.1.4.1.5003.9.20.3.2.0.14

AlarmTitle [Event] Software Replaced

ltuAlarmType Communications Alarm

AlarmSource EMS Server

Probable Cause Other

Severity Info

Additional Info If you initiated a performance measurements polling process before
you initiated the software replacement process, the polling process is
stopped.

Corrective Action No action should be taken; this is an information alarm.

Media Gateways All the gateways managed by the EMS.
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4.2.7 Hardware Replaced

Textual Description

SNMP OID
AlarmTitle
ltuAlarmType
AlarmSource
Probable Cause
Severity
Additional Info
Corrective Action

Media Gateways

Hardware Replaced

Originated when the EMS discovers a different gateway (according to
the MAC address) to what was initially defined, while the Hardware
Type remains the same.

Hardware Replace is discovered by the MAC address and performed
during Board Started trap.

acEMSHardwareReplaceAlarm - 1.3.6.1.4.1.5003.9.20.3.2.0.15
[Event] Hardware Replaced

Equipment Alarm

Media Gateway

Other

Major

MediaPacks, Mediant 1000, Mediant 2000, Mediant 3000

428 HTTP/HTTPS Access Disabled

Textual Description

SNMP OID
AlarmTitle
ltuAlarmType
AlarmSource
Probable Cause
Severity
Additional Info

Corrective Action

Media Gateways

HTTP/HTTPS Access Disabled

Originated when HTTP access is disabled by EMS hardening but the
EMS manages media gateways that require HTTP access for software
upgrade.

Originated on server startup.

acEMSHTTPDisabled - 1.3.6.1.4.1.5003.9.20.3.2.0.16
[Event] HTTP/HTTPS Access Disabled

Environmental Alarm

EMS Server

Application Subsystem Failure

Major

Separate the gateways between two EMS Servers (secured &
unsecured)

Gateways using the HTTP server for the software upgrade procedure:
MediaPacks, Mediant 1000, Mediant 2000, Mediant 3000.
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429 PM File Generated

PM File Generated

Textual Description Originated when a PM file is generated in the EMS server, and it can
be retrieved by a higher level management system.

SNMP OID acEMSPmFileGenerate - 1.3.6.1.4.1.5003.9.20.3.2.0.18

AlarmTitle [Event] PM File Generated

ltuAlarmType Other

AlarmSource EMS Server

Probable Cause Other

Severity Info

Additional Info The performance summary data from<start polling interval time>

to<timeStempFileTo> of media gateway<nodelPAdd> was saved in
PM file <fileName>.

Corrective Action -

Media Gateways All Gateways
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4.2.10 PM Polling Error

Textual Description

SNMP OID
AlarmTitle
ltuAlarmType
AlarmSource
Probable Cause
Severity
Additional Info

Corrective Action

Media Gateways

PM Polling Error

Originated when a PM History stops collecting performance summary
data from MG. Possible reasons are: NTP synchronization lost,
Connection Loss, SW Mismatch, etc..

acEMSPmHistoryAlarm - 1.3.6.1.4.1.5003.9.20.3.2.0.19
[Event] PM Polling Error

Other

EMS Server

Other

Minor

Verify in the 'Textual Description’ (see above) the reason why the PM
history stopped.

= When the reason is 'NTP synchronization lost', verify that the
gateway and the EMS Server machine are synchronized to the
same NTP server and have accurate time definitions.

=  When the reason is 'Software Mismatch', you can stop the PM
history collection until the new version is added to the Software
Manager.

= When the reason is 'Connection Loss' between the EMS Server
and the gateway, polling continues automatically when the
connection is re-established; the purpose of the alarm in this case
is to inform users of missing samples.

Note: The alarm continues to activate every 15 minutes unless you fix
the problem or manually stop PM polling of the Gateway.

All Gateways
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4211 Cold Start Missed

Cold Start Missed

Textual Description Originated when Carrier Grade Alarm System recognizes coldStart
trap has been missed.

SNMP OID acEMSNodeColdStartMissedEvent - 1.3.6.1.4.1.5003.9.20.3.2.0.20

AlarmTitle [Event] Cold Start Missed

ltuAlarmType Other

AlarmSource

Probable Cause Receive failure

Severity Clear

Additional Info
Corrective Action

Media Gateways All the managed Gateways

42.12 Security Alarm

Security Alarm

Textual Description Activated when one of more Radius servers are not reachable. When
none of the radius servers can be reached, a Critical Severity alarm is
generated.

SNMP OID acEMSSecurityAlarm - 1.3.6.1.4.1.5003.9.20.3.2.0.23

AlarmTitle Security Alarm

ltuAlarmType Processing Error Alarm

AlarmSource EMS Server / Radius <#>

Probable Cause Other

Severity Minor, Major, Critical

Additional Info
Corrective Action

Media Gateways
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4213 Security Event

Textual Description

SNMP OID
AlarmTitle
ltuAlarmType

AlarmSource

Probable Cause
Severity
Additional Info
Corrective Action

Media Gateways

Security Event

This event is generated when a specific user is blocked after reaching
the maximum number of login attempts, or when the EMS failed to
sync EMS and Mediant 5000 / 8000 users.

acEMSSecurityEvent - 1.3.6.1.4.1.5003.9.20.3.2.0.24
[Event] Security Event
Other

EMS Server / User Name,
EMS Sever / User Sync

Other

Indeterminate

4214 Topology Update Event

Textual Description

SNMP OID
Alarm Title
Alarm Source
Severity
Alarm Type

Probable Cause

Topology Update Event

This event is issued by the EMS when a Gateway or Region is
added/removed/updated in the EMS application and includes the
following information:

Action: Add / Remove / Update GW or Region
Region Name

GW Name

GW IP

Note: For opening an EMS client in the MG context, the gateway IP
address should be provided.

acEMSTopologyUpdateEvent - 1.3.6.1.4.1.5003.9.20.3.2.0.25
[Event] Topology Update

EMS Server

Indeterminate

Other

Other
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Additional Info

Corrective Action

Media Gateways

Additional Info 1 field will include following details:

Region: X1 'X2" [GW: Y1'Y2' 'Y3' 'Y4']

X1 = Region ID (unique identifier in the EMS data base used for region
identification)

X2 = Region name as it defined by EMS operator

Y1 = GW ID (unique identifier in the EMS data base used for GW
identification)

Y2 = GW Name as it defined by EMS operator
Y3 = GW IP as it defined by EMS operator

Y4 = GW Type as it identified by EMS during the first connection to the
GW. If first connection was not successful during the add operation, it
will trigger an 'Add GW' event with Unknown GW type, and 'Update
GW' event once the initial connection to the GW has been successfull.
The following GW's will be supported: MP,M1K, M2K, M3K, M5K, M8K

Region details will always be part of the alarm, while GW info will be
displayed when event is GW related.

All the fields related to the GW will always be displayed to allow easy
parsing.

Examples:

(Description=Add Region) Region: 7 'Test Lab'
(Description=Update Region)  Region: 7 'My Updated Region'

(Description=Add GW) Region: 7 'My Updated Region', GW:
22 'MG14' '1.2.3.4' 'Unknown', PM Polling: disabled

(Description=Update GW) Region: 7'My Updated Region', GW:
22 'My MG 15''4.5.6.7' 'M3K'

(Description=Update GW) Region: 7'My Updated Region', GW:
22 'My MG 15''4.5.6.7', PM Polling: enabled

(Description=Remove GW) Region: 7'My Updated Region', GW:
22 'My MG 15''4.5.6.7' 'M3K’, Polling: enabled

(Description=Remove Region) Region: 7'My Updated Region'
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4.2.15 Topology File Event

Topology File Event

Textual Description This event is issued by the EMS when the Topology File is updated on
the EMS Server machine.The Topology file is automatically updated
upon the addition /removal of a Media Gateway or upon updates to the
Media Gateway properties. For more information, refer to the OAMP
Integration Guide.

SNMP OID acEMSTopologyFileEvent- 1.3.6.1.4.1.5003.9.20.3.2.0.26
Alarm Title [Event] Topology File

Alarm Source

Severity Indeterminate

Alarm Type Other

Probable Cause Other

Additional Info File Name: MGsTopologyList.csv

Corrective Action

Media Gateways

4.2.16 Synchronizing Alarms Event

Synchronizing Alarms Event

Textual Description This event is issued when the EMS is not able to retrieve the entire
missing alarms list from the History table. Information regarding the
number of retrieved alarms, and number of alarms EMS failed to
retrieve is provided in the Additional Info field.

SNMP OID acEMSSyncAlarmEvent - 1.3.6.1.4.1.5003.9.20.3.2.0.27
Alarm Title [Event] Synchronizing Alarms

Alarm Source EMS Server

Severity Indeterminate

Alarm Type Other

Probable Cause Other

Additional Info Retrieved x missed alarms, failed to retrieve y alarms.

Corrective Action

Media Gateways
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4217 Synchronizing Active Alarms Event

Synchronizing Active Alarms Event

Textual Description This event is issued when the EMS is not able to perform
synchronization with the History alarms table, and instead performs
synchronization with the Active Alarms Table.

SNMP OID acEMSSyncActiveAlarmEvent - 1.3.6.1.4.1.5003.9.20.3.2.0.28
Alarm Title [Event] Synchronizing Active Alarms

Alarm Source

Severity Indeterminate
Alarm Type Other
Probable Cause Other

Additional Info
Corrective Action

Media Gateways

4.2.18 License Key Alarm

License Key Alarm

Textual Description This alarm is raised when one of the following occurs:
= EMS Application License is expired.
= EMS Application License will be expired within one month.

= Gateway management is not covered by the current EMS
Application License (the maximum number of EMS licenses for
managing this gateway has been exceeded).

SNMP OID acEMSLicenseKeyAlarm - 1.3.6.1.4.1.5003.9.20.3.2.0.29
Alarm Title EMS License Key Alarm

Alarm Source

Severity Major/Critical

Alarm Type Other

Probable Cause keyExpired

Additional Info
Corrective Action

Media Gateways
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4.3 SEM Alarms

431 SEM — Failed Calls Alarm

Description

SNMP Alarm
SNMP OID
Alarm Title

Alarm Source

Alarm Type
Probable Cause
Severity
Additional Info

Corrective Action

SEM - Failed Calls Alarm

This alarm is raised when the failed calls threshold is crossed and is
cleared when the failed calls ratio returns below the threshold value.

The description field includes the info: Failed X1% of calls, X2 of X3 calls.
acSEMRuleFailedCallsAlarm

1.3.6.1.4.1.5003.9.20.3.2.0.30

SEM - Failed Calls Alarm

SEM/<Device Name> or SEM/<Link Name> (According to provisioned
scope)

qualityOfServiceAlarm
thresholdCrossed
According to provisioned thresholds: critical, major or clear

Critical or Major severity threshold is Y%

4.3.2 SEM - Voice Quality Alarm

Description

SNMP Alarm
SNMP OID
Alarm Title

Alarm Source

Alarm Type
Probable Cause
Severity
Additional Info

Corrective Action

SEM - Voice Quality Alarm

This alarm is raised when the poor quality calls threshold is crossed and
is cleared when the poor quality calls ratio returns below the threshold
value.

The description field includes the info: Poor Quality X1% of calls, X2 of
X3 calls.

acSEMRulePoorQualityCallsAlarm
1.3.6.1.4.1.5003.9.20.3.2.0.31
SEM — Voice Quality Alarm

SEM/<Device Name> or SEM/<Link Name> (According to provisioned
scope)

qualityOfServiceAlarm
thresholdCrossed
According to provisioned thresholds: critical, major or clear

Critical or Major severity threshold is Y%
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43.3 SEM — Average Call Duration Alarm

SEM — Average Call Duration Alarm

Description This alarm is raised when the average call duration time threshold is
crossed and is cleared when the average call duration time ratio returns
below the threshold value.

The description field includes the info: Average Call Duration is X sec.

SNMP Alarm acSEMRuleAvrgCallDurationAlarm

SNMP OID 1.3.6.1.4.1.5003.9.20.3.2.0.32

Alarm Title SEM — Average Call Duration Alarm

Alarm Source SEM/<Device Name> or SEM/<Link Name> (According to provisioned
scope)

Alarm Type qualityOfServiceAlarm

Probable Cause thresholdCrossed

Severity According to provisioned thresholds: critical, major or clear

Additional Info Critical or Major severity threshold is Y sec

Corrective Action

434 SEM —License Key Alarm

SEM — License Key Alarm

This alarm is sent when the SEM application License Key file is

Description invalid. GW management is not covered by current SEM Application
License.

SNMP Alarm acSEMLicenseKeyAlarm

SNMP OID 1.3.6.1.4.1.5003.9.20.3.2.0.33

Default Severity [tuPerceivedSeverity. CRITICAL

Alarm Type Other

Probable Cause AlarmProbableCauseType.KEYEXPIRED

Alarm Text

Status Changes

Contact your AudioCodes representitve to obtain a correct license

Corrective Action
key.
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Default Severity
Alarm Type
Probable Cause
Alarm Text

Status Changes

Additional Info

OAMP Guide 4. Alarms
435 SEM — System Load Alarm
SEM — System Load Alarm
This alarm is sent when the SEM system capacity is high and the
system consequently becomes loaded.
o Three levels are supported:
Description « Minor - > Events are not stored for green calls. Trend Info will not
be displayed.
« Major -> Events are not stored. Trend Info will not be displayed.
« Critical -> Green calls are not stored.
SNMP Alarm acSEMCallDroppedAlarm
SNMP OID 1.3.6.1.4.1.5003.9.20.3.2.0.34

MINOR/ MAJOR/ CRITICAL
AlarmType.QUALITYOFSERVICEALARM
AlarmProbableCauseType. THRESHOLDCROSSED

e Medium load level is reached - {0}%, {1} calls of {2}. /
o High load level is reached - {0}%, {1} calls of {2}. /
« Approaching maximal system capacity - {0}%, {1} calls of {2}.

Corrective Action Reduce the system load.

4.3.6 SEM — Call Details Storage Level is Changed

SEM — Call Details Storage Level is Change

Description

SNMP Alarm
SNMP OID
Default Severity
Alarm Type
Probable Cause
Alarm Text
Status Changes
Additional Info

Corrective Action

This alarm is sent when the operator changes the Call Details Storage
Level from one level to another.

acSEMClientLoadFlagAlarm
1.3.6.1.4.1.5003.9.20.3.2.0.35
ltuPerceivedSeverity.INDETERMINATE
AlarmType.QUALITYOFSERVICEALARM
AlarmProbableCauseType. THRESHOLDCROSSED
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4.3.7 SEM - Time Synchronization Alarm

SEM — Time Synchronization Alarm

This alarm is sent when Device and Server are not synchronized:

DESE o Server Time: {0}, Device Time: {1}.

SNMP Alarm acSEMTimeSynchronizationAlarm

SNMP OID 1.3.6.1.4.1.5003.9.20.3.2.0.36

Default Severity CRITICAL

Alarm Type AlarmType. TIMEDOMAINVIOLATIONAL
Probable Cause AlarmProbableCauseType. TIMINGPROBLEM
Alarm Text

Status Changes

One of the following reasons will appear:

o Check your NTP configuration on the device.

o NTP servers are not configured on the device.

o Ensure that the SEM server and device time is properly
synchronized.

« Verify that the NTP configuration is correct; verify your network
conditions (Firewalls, Ports, etc ..) and make sure that the NTP
sync of the SEM server and/or the devices is performed correctly.

« Refer to the EMS client / Help menu / EMS Server Configuration
frame to verify the network configuration.

Additional Info

Corrective Action
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4.4 Device Alarms
441 Board Fatal Error
Board Fatal Error
Description Board fatal error.
SNMP Alarm acBoardFatalError
SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.1
Alarm Title Board Fatal Error
Alarm Type Equipment Alarm
Alarm Source
Probable Cause Underlying resource unavailable
Severity Critical
Additional Info1,2,3 NULL
Corrective Action Capture the Syslog alarm data and send it to Technical Support who will

probably instruct you to collect additional data from the device.

442 Configuration Error

Configuration Error

Description Configuration error.

SNMP Alarm acBoardConfigurationError

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.2

Alarm Title [Event] Configuration Error

Alarm Type Equipment Alarm

Alarm Source

Probable Cause Underlying resource unavailable

Severity Critical

Additional Info1,2,3 NULL

Corrective Action Inspect the run-time specific string to determine the nature of the

configuration error. Fix the configuration error using the appropriate tool:
Web interface, EMS, or ini file. Save the configuration and if necessary
reset the device.
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443 Temperature Alarm

Temperature Alarm

Description

SNMP Alarm acBoardTemperatureAlarm
SNMP OID

Alarm Title Temperature Alarm

Alarm Type equipmentAlarm

Alarm Source System#0

Probable Cause

The air filter is saturated.

Sent when the device exceeds its temperature limits.

1.3.6.1.4.1.5003.9.10.1.21.2.0.3

One of the fans work slower than expected.
temperatureUnacceptable (50)

Alarm Severity

Critical

for normal
operation

Cleared Temperature -
returns to
normal
operating
values

Condition @ <text>

Internal Board
temperature  temperature too
is too high | high

Corrective Action

Check that the ambient environment
around the chassis was not changed
(room temperature, air-conditioner, and
location of the chassis on the site). If the
ambient environment is the same, make
sure that all unoccupied module slots are
covered with blank panels.

Check the chassis ventilation outlet and
make sure that they are not obstructed for
air flow.

Mediant 3000 Only: Clean the air filter —
refer to the Hardware Installation Manual
on how to clean/replace the air filter. If
after cleaning the air filter the alarm still
exists: Check if all fans in the system are
properly operating.

Check if you also received a Fan Tray
alarm, which indicates that one or more
fans in the Fan Tray are faulty (major). If
this is the case, send the faulty Fan Tray
to AudioCodes as RMA. Send an RMA
request to AudioCodes for the Fan Tray.
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444 Initialization Ended

Initialization Ended

Description This event is sent when the device is initialized and ready to run.
SNMP Alarm acBoardEvBoardStarted

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.4

Alarm Title [Event] Initialization Ended

Alarm Type Equipment Alarm

Alarm Source

Probable Cause Other

Severity Major

Additional Info1,2,3 NULL

445 Board Resetting Following Software Reset

Board Resetting Following Software Reset

Description This alarm indicates that the device has started the reset
process- following a software reset.

SNMP Alarm acBoardEvResettingBoard

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.5

Alarm Title Board Resetting Following Software Reset

Alarm Type Other

Alarm Source

Probable Cause Other

Severity Critical

Additional Info1,2,3 'Additionallnfo1', 'Additionallnfo2', 'Additionallnfo3',

Corrective Action A network administrator has taken action to reset the device. No

corrective action is needed.
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4.4.6 Feature Key Related Error

Feature Key Related Error

Description Feature key error
SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.6
4.4.7 Gateway Administrative State Changed
Gateway Administrative State Changed
Description The administrative state of the gateway has been changed to a new
state.
Note that all state changes are instigated by the parameter
acgwAdminState.
= Time limit set in the parameter acgwAdminStateLockControl -
'GateWay shutting down. Max time to LOCK %d sec'
= No time limit in the parameter acgwAdminStateLockControl -
'GateWay is shutting down. No time limit.'
= When reaching lock state - 'GateWay is locked'
When the gateway is SET to unlocked - 'GateWay is unlocked (fully
active again)'
SNMP Alarm acgwAdminStateChange
SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.7
Alarm Title Administrative State Change
Alarm Type Equipment Alarm

Alarm Source
Probable Cause

Severity

Additional Infol,2,3

Corrective Action

Other

= Major

= Major

= Major

= Cleared
NULL

A network administrator has taken an action to lock the device. No
corrective action is required.
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448 No Free Channels Available

No Free Channels Available

Description This alarm indicates that almost no free resources for the call are
available.
Activated only if the parameter EnableRai is set.
The threshold is determined according to parameters
RAIHIGHTHRESHOLD and RAILOWTHRESHOLD.

SNMP Alarm acBoardCallResourcesAlarm
SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.8
Alarm Title No Free Channels Available
Alarm Type Other

Alarm Source 'GWAPP'

Probable Cause Other

Severity Major / Clear

Additional Infol,2,3 -

449 Gatekeeper/Proxy not Found or Registration Failed

Gatekeeper/Proxy not Found or Registration Failed

Description The Controller (SIP Proxy) is not found or registration has failed. Internal
routing table may be used for routing.

'Proxy lost. Looking for another proxy'
'Proxy not found. Use internal routing'
'Proxy found. ip:a.b.c.d'

SNMP Alarm acBoardControllerFailureAlarm

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.9

Alarm Title Gatekeeper/Proxy not Found or Registration Failed
Alarm Type Other

Alarm Source 'GWAPP'

Probable Cause Other

Severity Major / Clear

Additional Infol,2,3
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4410 Ethernet Link Down Alarm

Ethernet Link Down Alarm

Description This alarm indicates that the Ethernet link is down or remote Ethernet
link is down and the board has no communication to any other host.
= No link at all.
= Link is up again.
= Primary link is down only - 'Primary Link is lost. Switching to
Secondary Link"

SNMP Alarm acBoardEthernetLinkAlarm
SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.10
Alarm Title Ethernet Link Down Alarm
Alarm Type Equipment Alarm
Alarm Source
Probable Cause = Input/Output Device Error

= Other

= Underlying resource unavailable
Severity = Critical

= Cleared

= Major

Additional Infol,2,3 -

Corrective Action Ensure that both Ethernet cables are plugged into the back of the
system. Inspect the system's Ethernet link lights to determine which
interface is failing. Reconnect the cable or fix the network problem.
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4411 System Component Overloaded

Description

SNMP Alarm
SNMP OID
Alarm Title
Alarm Type
Alarm Source
Probable Cause
Severity

Additional Infol,2,3

System Component Overloaded

This alarm is raised when there is an overload in one or more of the
system's components.

acBoardOverloadAlarm
1.3.6.1.4.1.5003.9.10.1.21.2.0.11
System Component Overloaded
Other

'GWAPP'
Other

Maijor / Clear

4412 Active Alarms Table Overflow

Description

SNMP Alarm

SNMP OID

Alarm Title

Alarm Type

Alarm Source
Probable Cause
Severity

Additional Info1,2,3

Corrective Action

Active Alarms Table Overflow

This alarm is raised when there are too many alarms to fit into the active
alarm table. The status stays major until reboot as it denotes a possible

loss of information until the next reboot. If an alarm was raised when the
table was full, it is possible that the alarm is active, but does not appear

in the active alarm table.

acActiveAlarmTableOverflow
1.3.6.1.4.1.5003.9.10.1.21.2.0.12
[Event] Active Alarm Table Overflow
Processing Error Alarm

MG

resourceAtOrNearingCapacity (43)
Major

Some alarm information may have been lost, but the ability of the device
to perform its basic operations has not been impacted. A reboot is the
only way to completely clear a problem with the active alarm table.
Contact your first-level group.
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44.13 Operational State Change

Operational State Change

Description This alarm is raised if the operational state of the node goes to disabled.
The alarm is cleared when the operational state of the node goes to
enabled.

SNMP Alarm acOperationalStateChange

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.15

Alarm Title Operational State Change

Alarm Source

Alarm Type processingErrorAlarm
Probable Cause outOfService
Severity Major on raise, Clear on clear

Additional Info

Corrective Action -

4414 Keep Alive Trap

Keep Alive Trap

Description This trap is sent when the STUN client in the board is enabled and has
either identified a NAT or is cannot find the STUN server.

The ini file contains the following line: 'SendKeepAliveTrap=1"'

Keep-alive is sent out every x second.x =0. 9 of the time defined in the
NatBindingDefaultTimeout parameter.

SNMP Alarm acKeepAlive

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.16
Alarm Title [Event] Keep Alive Trap

Alarm Source

Alarm Type other

Probable Cause other

Severity Indeterminate

Additional Info

Corrective Action -
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4415 NAT Traversal Alarm

Description

SNMP Alarm

SNMP OID

Alarm Title

Alarm Type

Alarm Source
Probable Cause
Severity

Additional Info1,2,3

Corrective Action

NAT Traversal Alarm

This alarm is raised when the STUN client in the board is enabled and
has either identified a NAT or cannot find the STUN server.

The ini file contains the following line: 'SendKeepAliveTrap=1"'

Keep-alive is sent out every 9/10 of the time defined in the
NatBindingDefaultTimeout parameter.

acNAT TraversalAlarm
1.3.6.1.4.1.5003.9.10.1.21.2.0.17
NAT Traversal Alarm

other (0)

MG

other (0)

Indeterminate

4416 Threshold of Performance Monitored Object Exceeded

Description

SNMP Alarm

SNMP OID

Alarm Title

Alarm Type

Alarm Source
Probable Cause
Severity

Additional Info1,2,3

Corrective Action

Threshold of Performance Monitored Object Exceeded

Sent every time the threshold of a Performance Monitored object
(counter or gauge) (‘Minimum’, 'Average’, 'Maximum', 'Distribution
below/above/between thresholds', and 'Low and high thresholds') is
crossed. The severity field is 'Indeterminate’ when the crossing is above
the threshold and 'Cleared' when it goes back under the threshold. The
'Source' varbind in the trap indicates the object for which the threshold is
being crossed.

acPerformanceMonitoringThresholdCrossing
1.3.6.1.4.1.5003.9.10.1.21.2.0.27

Threshold of Performance Monitored Object Exceeded
Other

MO Path

Other

Indeterminate (this is a notification; it's not automatically cleared)
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4417 HTTP Download Result

HTTP Download Result

Description This is a log message (not alarm) indicating both sucessfull or failed
HTTP Download result.

SNMP Alarm acHTTPDownloadResult

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.28

Alarm Title [Event] HTTP Download Result

Alarm Source

Alarm Type processingErrorAlarm (3) for failures and other (0) for success

Probable Cause Other

Severity Indeterminate

Additional Info -

Corrective Action -
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4418 Fan Tray Alarm

Description

SNMP Alarm
SNMP OID
Alarm Title
Alarm Source
Alarm Text
Alarm Type

Probable Cause

Alarm Severity

Critical

Major

Cleared

Fan Tray Alarm

This alarm is activated in one of the following cases:

= Fan-Tray is missing

= One or more fans in the fan-tray is faulty.
= Fan tray is in place and fans are functioning.

acFanTrayAlarm

1.3.6.1.4.1.5003.9.10.1.21.2.0.29

Fan Tray Alarm
Chassis#0/FanTray#0
Fan-Tray Alarm <text>

equipmentAlarm

= One or more fans on the Fan Tray module stopped working.

= One or more fans on the Fan Tray module works slower than
expected (heatingVentCoolingSystemProblem)

Condition <text>

Fan-Tray is Fan-Tray is
missing. missing

When one or Fan-Tray is
more fans in the | faulty

Fan Tray are

faulty.

Fan Tray -
module is in

place and fans
are working.

Corrective Action

1. Check if the Fan Tray module is
inserted in the chassis.

2. If the Fan Tray module was
removed from the chassis, re-
insert it.

3. If the Fan Tray module has
already been inserted in the
chassis and the alarm is active,
send a Return Merchandise
Authorization (RMA) request to
AudioCodes.

Warning: When removing the Fan
Tray module while the power is on
(or after it has recently been
switched off), the blades may still be
rotating at high speeds. Therefore, to
avoid bodily harm, make sure that
you don't touch the fan blades.

Fan Tray module is faulty. Send a
Return Merchandise Authorization
(RMA) request to AudioCodes.
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4419 Power Supply Alarm

Description

SNMP Alarm
SNMP OID

Alarm Source

Alarm Type
Probable Cause
Alarm Severity
Maijor (default)

Power Supply Alarm

This alarm is activated in one of the following cases:

= The HA (High Availability) feature is active and one of the power
supply units is faulty or missing.

= PS unitis inserted in its location and functioning.
acPowerSupplyAlarm
1.3.6.1.4.1.5003.9.10.1.21.2.0.30

Chassis#0/PowerSupply#<m>, where m is the power supply’s slot
number

equipmentAlarm

powerProblem

Condition <text> Corrective Action
The HA (High Power-Supply Alarm. | 1. Check if the unitis
Availability) feature is | Power-Supply is inserted in the
active (applicable only ' missing. chassis.
to Mediant 3000) and 2. If it was removed

one of the power
supply units is faulty or
missing.

from the chassis,
re-insert it.

3. Ifit'sinserted in the
chassis and the
alarm is active,
send a Return
Merchandise

Authorization
(RMA) request to
AudioCodes.
Cleared PS unitis placed and | - -
working.
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4.4.20 PEM Module Alarm

PEM Module Alarm

Description This alarm is sent in one of the following cases:

= The HA (High Availability) feature is active and one of the PEM
(Power Entry Module) units is missing

= PEM card is in its location and both DC wires are in.

SNMP Alarm acPEMAlarm
SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.31
Default Severity Critical
Alarm Source hassis#0/PemCard#<m>, where m is the power entry module’s (PEM)
slot number
Alarm Type equipmentAlarm
Probable Cause underlyingResourceUnavailable
Alarm Severity Condition <text> Corrective Action
Critical The HA (High Availability) PEM Module 1.  Make sure the PEMs are
feature is active and one | Alarm. PEM present and that they're
of the PEMs (Power Entry card is missing. inserted correctly.
Modules) is missing. 2. Ifit's present and
inserted correctly yet the
alarm remains active,
send a Return
Merchandise
Authorization (RMA)
request to AudioCodes.
Cleared PEM card is placed and | - -

both DC wires are in.
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4421

Description

SNMP Alarm
SNMP OID
Alarm Title
Alarm Source
Event Type
Probable Cause
Alarm Severity

Critical (default)

Cleared

SA Module Missing Alarm

SA Module Missing Alarm

This aalrm is sent when the Shelf Alarm (SA) module is missing or

non operational.

acSAMissingAlarm
1.3.6.1.4.1.5003.9.10.1.21.2.0.32
SA Module Missing Alarm

Chassis#0/SA#<m>, where m is the shelf Alarm module’s slot number

equipmentAlarm

underlyingResourceUnavailable

Condition

SA module
removed or
missing

SA module isin
slot 2 or 4 and
working.

<text>

SA Module Alarm. SA-
Module from slot #n is
missing.

Corrective Action

= Reinsert the Shelf
Alarm (SA) module
into slot #n

= Make sure it's
correctly inserted in
the slot.
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4422 HA System Fault Alarm
This alarm applies only to the Mediant 3000 HA.

Description

SNMP Alarm
SNMP OID
Alarm Title
Alarm Source
AlarmType
Probable Cause
Alarm Severity
Critical (default)

HA System Fault Alarm

This alarm originates when:

= HA feature is active but the system is NOT working in HA mode.
Reason is specified (for example: SW WD exception error, HW WD
exception error, SAT device is missing, SAT device error, DSP error,

BIT tests error, etc).

= HA feature is active and the redundant module is in start up mode but

hasn't connected yet
= HA system is active

acHASystemFaultAlarm
1.3.6.1.4.1.5003.9.10.1.21.2.0.33
HA System Fault Alarm

System#0/Module#<m>, where m is the blade module’s slot number

qualityOfServiceAlarm
outOfService
Condition <text>

HA feature is Fatal exception error
active but the
system is not
working in HA
mode
TCPIP exception error

Network processor
exception error
(applicable only to
Mediant 3000)

SW WD exception error

HW WD exception
error

Corrective Action

High Availability (HA) was lost
due to switchover and should
return automatically after a few
minutes. Corrective action is not
required.

HA was lost due to switchover
and should return automatically
after a few minutes.

Corrective action is not
required.

HA was lost due to switchover
and should return automatically
after a few minutes.

Corrective action is not
required.

HA was lost due to switchover
and should return automatically
after a few minutes.

Corrective action is not
required.

HA was lost due to switchover
and should return automatically
after a few minutes.

Corrective action is not
required.
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SAT device is missing

(applicable only to
Mediant 3000)

SAT device error
(applicable only to
Mediant 3000)

DSP error
(applicable only to
Mediant 3000 and
Mediant 4000)

BIT tests error

PSTN stack error
(applicable only to
Mediant 3000)

Keep Alive error

Software upgrade

Manual switch over

Manual reset

Board removal
(applicable only to
Mediant 3000)
TER misplaced
(applicable only to
Mediant 3000)

HW fault. TER in slot 2

or 3 is missing
(applicable only to
Mediant 3000)

HA was lost due to switchover
and should return automatically
after a few minutes.

Corrective action is not
required.

HA was lost due to switchover
and should return automatically
after a few minutes.

Corrective action is not
required.

HA was lost due to switchover
and should return automatically
after a few minutes.

Corrective action is not
required.

HA was lost due to switchover
and should return automatically
after a few minutes.

Corrective action is not
required.

HA was lost due to switchover
and should return automatically
after a few minutes.

Corrective action is not
required.

HA was lost due to switchover
and should return automatically
after a few minutes.

Corrective action is not
required.

HA was lost due to switchover
and should return automatically
after a few minutes.

Corrective action is not
required.

HA was lost due to switchover
and should return automatically
after a few minutes.

Corrective action is not
required.

HA was lost due to a system
reset and should return
automatically after few minutes.
Corrective action is not
required.

Return the removed board to
the system.

Place the TER card according
to the User's Manual

Place the TER card according
to the User's Manual
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HW fault. TER has old

version or is not
functional

(applicable only to
Mediant 3000)

HW fault. invalid TER
Type

(applicable only to
Mediant 3000)

HW fault. invalid TER

active/redundant state

(applicable only to
Mediant 3000)

HW fault. Error reading

GbE state
(applicable only to
Mediant 3000)
Redundant module is
missing

(applicable only to
Mediant 3000)

Redundant is not
connecting
(applicable only to
Mediant 3000)
Redundant is not
reconnecting after
deliberate restart
No Ethernet Link in
redundant module
SA module faulty or
missing

(applicable only to
Mediant 3000)

Eth link error

Higher HA priority
(Not applicable to
Mediant 3000)

Network watchdog
error

Replace the TER card.

Replace the TER card.

Replace the TER card.

Replace the TER card.

1. Insert the redundant module
into the system.

2. If the error continues, reset /
replace the module.

Reset / replace the redundant
module.

Reset / replace the redundant
module.

Connect Ethernet links to the
redundant module

Make sure the Shelf Alarm
module is inserted correctly.

HA was lost due to switchover,
Connect the Eth link back.

HA was lost due to switchover
to unit with higher HA priority
and should return automatically
after a few minutes.

Corrective action is not
required.

HA was lost due to switchover ,
Fix the network connectivity
from failed unit

Minor HA feature is Waiting for redundant | Corrective action is not
active and the | to connect required.
redundant (applicable only to
module is in Mediant 3000)
startup mode
and hasn’t
connected yet

Cleared HA system is - -
active
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4.4.23

This alarm applies only to the Mediant 3000.

Description

SNMP Alarm
SNMP OID
Alarm Source
Alarm Type
Probable Cause
Alarm Severity
Maijor (default)

Cleared

HA System Configuration Mismatch Alarm

HA System Configuration Mismatch Alarm

HA feature is active. The active module was unable to transfer the
License Key to the redundant module.

acHASystemConfigMismatchAlarm
1.3.6.1.4.1.5003.9.10.1.21.2.0.34

System#0/Module#<m>, where m is the blade module’s slot number

processingErrorAlarm

configurationOrCustomizationError

Condition

HA feature | Configuration mismatch in the

is active:

License
Keys of
Active and
Redundant
modules
are
different.

The Active
module
was
unable to
pass on to
the
Redundant
module
the
License
Key.

License
key of the
Redundant
module is
invalid.

Successful
License
Key
update

<text>

system:

Active and Redundant
modules have different
feature keys.

Fail to update the redundant
with feature key.

Feature key did not update in
redundant module.

The feature key was
successfully updated in the
redundant module

Corrective Action

The actions for the
conditions are described
below.

Update the Feature Keys of
the Active and Redundant
modules.

Replace the Feature Key of
the Redundant module — it
may be invalid.

Replace the Feature Key of
the Redundant module — it
may be invalid.
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4424 HA System Switch Over Alarm
This alarm applies only to the Mediant 3000.

Description

SNMP Alarm
SNMP OID
Default Severity
Alarm Source
Event Type

Probable Cause

HA System Switch Over Alarm

Sent when a switchover from the active to the redundant module has
occurred.

acHASystemSwitchOverAlarm

1.3.6.1.4.1.5003.9.10.1.21.2.0.35

Critical

System#0/Module#<m>, where m is the blade module’s slot number
qualityOfServiceAlarm

outOfService

Alarm Severity Condition <text> Corrective Action
Critical (default) A switchover | Switch-over: See the See Section 4.4.23 for details.
from the acHASystemFaultAlarm
active to the | table above
redundant
unit has
occurred
Cleared 10 seconds |- -
have passed
since the
switchover
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4.4.25 User Input Alarm

Description

SNMP Alarm
SNMP OID

Alarm Source

User Input Alarm

Sent when the input dry contact is short circuited; cleared when the
circuit is reopened.

acUserlnputAlarm
1.3.6.1.4.1.5003.9.10.1.21.2.0.36
Chassis#0

Alarm Type equipmentAlarm
Probable Cause inputDeviceError
Alarm Severity Condition <text> Corrective Action
Critical (default) Input dry contact is short User input Alarm. | Reopen the input dry
circuited. User's Input-Alarm | contact.
turn on.
Cleared Input dry contact circuitis | -
reopened.

4.4.26 D-Channel Status

Description

SNMP Alarm
SNMP OID
Alarm Title
Alarm Source
Alarm Type
Probable Cause
Severity
Additional Info

Corrective Action

D-Channel Status

Non-alarm trap sent at the establishment, re-establishment or release of
LAPD link with its peer connection occurs. The trap is sent with one of
the following textual descriptions:

o D-channel synchronized
o D-channel not-synchronized

acDChannelStatus

1.3.6.1.4.1.5003.9.10.1.21.2.0.37

D-Channel Status

Trunk no.<m> where m is the trunk number (from O up).
Communications Alarm

Communications Protocol Error

Minor on raise, Clear on clear
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4427

Description

SNMP Alarm
SNMP OID
Alarm Title
Alarm Source
Alarm Type

Probable
Cause

Alarm Severity

Indeterminate

Hitless Update Event

Hitless Update Event

A Notification trap that is sent out at the beginning and the end of a Hitless SW
update. Failure during the process will also instigate the trap.

acHitlessUpdateStatus
1.3.6.1.4.1.5003.9.10.1.21.2.0.48
Hitless Update event

Automatic Update

Other
Other
Condition <text>
A notification trap sent at the Hitless
beginning and end of a hitless Update
software update. Failure during | Event

the software update also activates
the trap.

Hitless: Start software upgrade.

Hitless fail: Invalid cmp file file -
missing Version parameter.

Hitless fail: The software version
stream name is too long.

Hitless fail: Invalid cmp file -
missing UPG parameter.

Hitless fail: Hitless software
upgrade is not supported.

Hitless: Software upgrade ended
successfully.

Corrective Action

The corrective action for each
condition is described below.

Corrective action is not required.

Replace the cmp file with a valid
one.

Replace the cmp file with a valid
one.

Replace the cmp file with a valid
one.

Replace the cmp file with a valid
one that supports hitless upgrade
of the software from the current
version to the new one.

Corrective action is not required.
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4.4.28 Trunk LOS Alarm
This alarm applies to E1/T1Trunks.

Trunk LOS Alarm

Description This alarm indicates a loss of signal at the trunk's near end.
SNMP Alarm acTrunksAlarmNearEndLOS

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.49

Alarm Title Trunk LOS Alarm

Interfaces#0/Trunk#<m>, where m is the trunk interface number, 1

SIS being the first trunk

Alarm Type communicationsAlarm
Probable Cause lossOfSignal
Alarm Severity Condition <text> Corrective Action
Critical (default) Near-end Trunk LOS Los of Signal (LOS) indicates a physical
LOS Alarm problem.
1. Check that the cable is connected on
the board.
2. Check that the correct cable type is
being used (crossed/straight).
3. Contact AudioCodes' Support Center
at support@audiocodes.com.
Cleared End of LOS | - -
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4.4.29 Trunk LOF Alarm
This alarm applies to E1/T1Trunks.

Description
SNMP Alarm
SNMP OID
Alarm Title

Alarm Source

Alarm Type
Probable Cause
Alarm Severity
Critical (default)

Cleared

Trunk LOF Alarm

This alarm indicates a loss of frame at the trunk's near end.
acTrunksAlarmNearEndLOF
1.3.6.1.4.1.5003.9.10.1.21.2.0.50

Trunk LOF Alarm

Interfaces#0/Trunk#<m>, where m is the trunk interface number, 1

being the first trunk

communicationsAlarm

lossOfFrame
Condition <text>
Near end Trunk LOF
LOF Alarm
End of -
LOF

Corrective Action

Make sure that the trunk is connected to a
proper follow-up device.

1.

Make sure that both sides are
configured with the same (E1/T1) link
type.

Make sure that both sides are
configured with the same framing
method.

Make sure that both sides are
configured with the same line code.

Make sure that the clocking setup is
correct.

Contact AudioCodes' Support Center at
support@audiocodes.com.
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4.4.30 Trunk AIS Alarm
This alarm applies to E1/T1Trunks.

Trunk AIS Alarm

Description This alarm indicates that an AIS is received from the trunk's far end.

SNMP Alarm acTrunksAlarmRcvAIS

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.51

Alarm Source Interfaces#0/Trunk#<m>, where m is the trunk interface number, 1 being

the first trunk

Alarm Title Trunk AIS Alarm

Alarm Type communicationsAlarm

Probable Cause PSTN provider has stopped the trunk (receiveFailure)

Alarm Severity Condition <text> Corrective Action

Critical Receive AIS Trunk AIS Alarm | 1. Contact your PSTN
provider to activate the
trunk.

2. If the alarm persists,
contact the AudioCodes
Support Center at
support@audiocodes.co
m

Cleared End of AIS - -

OAMP Guide 448 Document #: LTRT-32128


mailto:support@audiocodes.com
mailto:support@audiocodes.com

OAMP Guide

4. Alarms

4.4.31 Trunk RAI Alarm
This alarm to E1/T1Trunks.

Description
SNMP Alarm
SNMP OID
Alarm Title
Alarm Source
Alarm Type
Probable Cause
Severity
Additional Info

Corrective Action

4.4.32 IPv6

Description

SNMP Alarm
SNMP OID
Default Severity
Alarm Source
Alarm Type
Probable Cause
Additional Info
Corrective Action
Alarm Severity
Critical (default)

Stays 'Critical’ until
reboot.

A 'Clear' trap is not sent.

Trunk RAI Alarm

This alarm indicates a loss of frame at the trunk’s far end.
acTrunksAlarmFarEndLOF
1.3.6.1.4.1.5003.9.10.1.21.2.0.52

Trunk RAI Alarm

Port#<n> where n is the digital trunk number
communicationsAlarm

transmitFailure

Critical

Check trunk's connectivity

This alarm indicates when an IPv6 address already exists or an IPv6
configuration failure has occurred. The description generated is "IP
interface alarm. IPv6 Configuration failed, IPv6 will be disabled".

aclPv6ErrorAlarm

1.3.6.1.4.1.5003.9.10.1.21.2.0.53

Critical

System#0/Interfaces#<n>.

operationalViolation

communicationsProtocolError

Status stays critical until reboot. A clear trap is not sent.

= Find a new IPV6 address and reboot.
Condition <text> Corrective Action

Bad IPv6 | IP interface alarm: IPv6 | = Find a new IPV6 address.
address configuration failed, IPv6 Reboot the device.
(already will be disabled.

exists)

After the - -
alarm is
raised.
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4.4.33 TM Inconsistency
This alarm applies only to the Mediant 3000.

TM Inconsistency

Description Timing Manager Alarm. This alarm is triggered when the system isin a
1+1 status and the redundant board PLL status is different to the active
board PLL status.

SNMP Alarm acTMInconsistentRemoteAndLocalPLLStatus
SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.56
Alarm Title TM Inconsistency

Alarm Source

Alarm Type equipmentAlarm

Probable Cause underlyingResourceUnavailable

Severity Major, Clear

Additional Info Status stays major until reboot. A clear trap is not sent.
Corrective Action Synchronize the timing module.

4.4.34 TM Reference Status
This alarm applies only to the Mediant 3000 using the BITs Synchronization Timing

mode.
TM Reference Status
Description Timing Manager Alarm. This alarm is triggered when either the primary
or secondary BITs reference or both BITs references are not responding.
SNMP Alarm acTMReferenceStatus
SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.57
Alarm Title TM Reference Status
Alarm Source
Alarm Type equipmentAlarm
Probable Cause underlyingResourceUnavailable
Severity Major, Critical, Clear
Additional Info When the primary and secondary BITs clock references do not respond
in more than 24 hours, an alarm will be escalated to critical.
The status of this alarms stays major until reboot. A clear trap is not sent.
Corrective Action Synchronize the timing module.
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4.4.35 TM Reference Change
This alarm applies only to the Mediant 3000.

Description
SNMP Alarm
SNMP OID
Alarm Title
Alarm Source
Alarm Type
Probable Cause
Severity
Additional Info

Corrective Action

TM Reference Change

The Timing Manager sends a log message upon PLL Status change.

acTMReferenceChange
1.3.6.1.4.1.5003.9.10.1.21.2.0.58

[Event] TM Reference Change

Other
Other

indeterminate

4.4.36 SAS Emergency Mode Alarm

This alarm applies to SIP Gateways.

Description

SNMP Alarm
SNMP OID
Alarm Title
Alarm Source
Alarm Type
Probable Cause
Severity
Additional Info

Corrective Action

GW SAS Emergency Mode Alarm

This alarm is sent by the Stand-Alone Survivability (SAS) application when
switching from “Normal" mode to “Emergency” mode. This alarm is cleared
once the SAS returns to “Normal” mode.

acGWSASEmergencyModeAlarm
1.3.6.1.4.1.5003.9.10.1.21.2.0.59

GW SAS Emergency Mode Alarm
Other

Other

Check network communication with the Proxy
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4.4.37 V5.2 Interface Alarm
This alarm applies only to the Mediant 3000 TP-8410 Gateway.

V5.2 Interface Alarm

Description A V5.2 Interface alarm is raised in one of the following cases. For
detailed V5.2 Interface condition, refer to the V5.2 Interfaces status table.

An Alarm is raised with critical severity when:
= V5 interfaces ID are not equal on both sides
= V5 variants are not equal on both sides

= V5 link ID check timeout error occurred

= Layer 2 startup failed

= V5 restart failed

An Alarm is raised with major severity when:
= Control protocol data link error

= Link control protocol data link error

= BCC protocol data link error

= PSTN protocol data link error

= Protection DL1 failure

= Protection DL2 failure

acV52InterfaceAlarm

SNMP Alarm

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.60
Alarm Title V5.2 Interface Alarm.

Alarm Source V5.2IF#

Alarm Type Communications Alarm
Probable Cause Communications Protocol Error
Severity Critical, Major, Clear

Additional Info

For critical severity alarms, solve configuration mismatch (configuration
Corrective Action does not comply to far end configuration).

For major severity alarms:

= Ensure physical connections are in place.

= Ensure links are not administratively blocked.

= Resolve configuration issues.
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4.4.39 Software Upgrade Alarm
This alarm applies only to Mediant 3000 HA system.

Software Upgrade Alarm

Description = This alarm is generated when the Software upgrade failure occurs.

SNMP acSWUpgradeAlarm
Alarm

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.70
Alarm Title Software Upgrade alarm

Alarms System#0
Source

Alarm Type  processingErrorAlarm

Probable softwareProgramError

Cause

Alarm_ Condition <text> Corrective Action
Severity

Maijor Raised upon software, SW upgrade Start up the system from BootP/TFTP.
(default) upgrade errors error: Firmware

burning failed.
Startup system
from Bootp/tftp.
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4.4.40 NTP Server Status Alarm

Description

SNMP Alarm
SNMP OID
Alarm Title
Alarm Source
Alarm Type
Probable Cause
Alarm Severity
Maijor (default)

Minor

NTP Server Status Alarm

This alarm is raised when the connection to the NTP server is lost.
It is cleared when the connection is reestablished. Unset time (as a
result of no connection to NTP server) may result in functionality

degradation and failure in device.
acNTPServerStatusAlarm
1.3.6.1.4.1.5003.9.10.1.21.2.0.71
NTP Server Status Alarm

communicationsAlarm

communicationsSubsystemFailure

Condition <text>
No initial NTP server alarm.
communication to ' No connection to
Network Time NTP server.
Protocol (NTP)
server.
No -

communication to
NTP server after
the time was
already set once.

Corrective Action

Repair NTP
communication (the NTP
server is down or its IP
address is configured
incorrectly in the device).
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4441 LDAP Lost Connection

LDAP Lost Connection
Description This alarm is raised when there is no connection to the LDAP server.
SNMP Alarm acLDAPLostConnection
SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.75
Alarm Title LDAP Lost Connection
Alarm Source
Alarm Type communicationsAlarm
Probable Cause communicationsSubsystemFailure

If a connection is idle for more than the maximum configured time in
seconds that the client can be idle before the LDAP server closes the
connection, the LDAP server returns an LDAP disconnect notification
and this alarm is raised.

Severity Minor / Clear
Additional Info

Corrective Action
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4.4.42 [Event] SSH Connection Status

[Event] SSH Connection Status

Description This trap indicates the result of a recent SSH connection attempt.
SNMP Alarm acSSHConnectionStatus
SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.77
Alarm Title SSH Connection Status
Alarm Source "SSH logout from IP address <IP>, user <user>"
"SSH successful login from IP address <IP>, user <user> at:
<IP>:<port>"

"SSH unsuccessful login attempt from IP address <IP>, user
<user> at: <IP>:<port>. <reason>"

"WEB: Unsuccessful login attempt from <IP> at <IP>:<port>.

<reason>"
Alarm Type environmentalAlarm
Probable Cause unauthorizedAccessAttempt/other
Alarm Text
Severity indeterminate

Additional Info

Corrective Action

4443 OCSP Server Status Alarm

OCSP Server Status Alarm

Description This alarm is raised when the OCSP connection is not available.
SNMP Alarm acOCSPServerStatusAlarm

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.78

Alarm Title OCSP server alarm.

Alarm Source

Alarm Type communicationsAlarm
Probable Cause communicationsSubsystemFailure
Severity Major / Clear

Additional Information

Corrective Action « Repair the Online Certificate Status Protocol (OCSP) server
-OR-
« Correct the network configuration
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4444 Media Process Overload Alarm

Media Process Overload Alarm

Description This alarm is raised when the media process overloads and is cleared
when the load returns to normal.
SNMP Alarm acMediaProcessOverloadAlarm
SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.81
Alarm Title Media Process Overload Alarm
Alarm Source Board#x or System#x
Alarm Type environmentalAlarm
Probable Cause resourceAtOrNearingCapacity
Alarm Severity Condition <text> Corrective Action
Maijor (default) - Media Process Overload = Avoid making new calls.
Alarm. %s
Although not corrective,
this action eventually
causes the alarm to drop.
Cleared - - None
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4.4.45 NFAS Group Alarm

NFAS Group Alarm

Description This alarm is raised when an NFAS group goes Out-Of-Service and is
cleared when an NFAS Group is back In-Service.

SNMP Alarm acNFASGroupAlarm

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.84

Interfaces#0/Trunk#<m>, where m is the trunk interface number, 1

Alarm Source being the first trunk

Alarm Type communicationsAlarm
Probable Cause degradedSignal
Alarm Severity Condition <text> Corrective Action

Maijor (default) Raised when an NFAS | NFAS Group = The alarm is sent only
group goes out-of- Alarm. %s when the backup Non-
service Facility Associated

Signaling (NFAS) D-
channel also falls, i.e.,
when both D-channels
are down.

=  When at least one of
the
D-channels (primary or
backup) returns to
service, the alarm is
cleared.

= Corrective action is not
necessary.

Clear NFAS group state %s— Additional
goes to in- service information
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4.4.46 B Channel Alarm

B Channel Alarm

Description This alarm is raised when the B-Channel service state changes and is
cleared when the B-Channel is back in service.

SNMP Alarm acBChannelAlarm

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.85

Alarm Title B-Channel Alarm.

Interfaces#0/Trunk#<m>, where m is the trunk interface number, 1

SIS being the first trunk

AlarmType communicationsAlarm
Probable Cause degradedSignal
Alarm Severity Condition <text> Corrective Action
Maijor (default) Raised when B- B-Channel Alarm. | Corrective action is not
channel service state | %s necessary
changes to 'Out of
Service' or

'Maintenance'

Clear B-channel status %s — additional -
changes to 'In Service' | information
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4447 Certificate Expiry Notification

Certificate Expiry Notification

Description This alarm is sent before the expiration of the installed credentials,
which cannot be renewed automatically (the credentials should be
updated manually).

SNMP Alarm acCertificateExpiryNotification
SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.92
Alarm Title Certificate Expiry Notification
Alarm Source tis#i<num>
Alarm Text Device’s TLS certificate of security context #%d will expire in %d
days
Alarm Type environmentalAlarm
Probable Cause The certificate key expired (keyExpired)
Alarm Condition <text> Corrective Action
Severity
Intermediate ' The certificate | Either: Load a new certificate to the device before
key is aboutto . The device certificate | the expiration of the installed certificate
expire. has expired %d days = (Which cannot be renewed automatically).
ago To replace certificates, refer to the User's
Manual.

= The device certificate
will expire in %d days

= The device certificate
will expire in less than
1 day

%d — number of days

%d — TLS Context to

which certificate belongs
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4448 Web User Access Disabled

Description

SNMP Alarm
SNMP OID
Alarm Title
Alarm Source
Alarm Type
Probable Cause
Severity
Additional Info

Corrective Action

WEB User Access Disabled

This alarm is sent when the Web user has been disabled due to
inactivity.

acWEBUserAccessDisabled
1.3.6.1.4.1.5003.9.10.1.21.2.0.93

other
The Web user was disabled due to inactivity (denialOfService).

indeterminate

Contact your Web security administrator. Only the Web security
administrator can unblock a user whose access to the Web interface was
denied (for example, because the user made 3 unsuccessful attempts at
access).

The Web security administrator must:
= In the Web interface, access the Accounts page (Configuration >
System > Management > Web User Accounts).

= Identify in the list of users table that user whose access has been

denied.

Change the status of that user from Blocked to Valid or New.
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4.4.49 Proxy Connection Lost

Proxy Connection Lost

Description This alarm is sent when all connections in a specific Proxy Set are
down. The trap is cleared when one of the Proxy Set connections is up.

SNMP Alarm acProxyConnectionLost

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.94

Alarm Title Proxy Connection Lost

Alarm Source System#0

Alarm Text Proxy Set Alarm <text>

Alarm Type communicationsAlarm

Probable Cause » Network issue (connection fail due to network/routing failure).

« Proxy issue (proxy is down).
o AudioCodes device issue.

Alarm Condition <text> Corrective Action
Severity
Major When connection to Proxy Set %d: Proxy 1. Ping the proxy server. If there is no
the Proxy Set is lost not found. Use ping, contact your proxy provider.
and this Proxy Setis | internal routing The probable reason is the proxy is
configured with fallback down.
to routing table. 2. Ping between the proxy and

AudioCodes device. If there is no
ping, the problem could be a
network/router issue.

3. If you have more than one device
connected to this same proxy, check
if there are more AudioCodes
devices with the same Alarm. If this
is the case, this could confirm that
this is not AudioCodes device issue.

4. Check that routing using the
device's (internal) routing table is
functioning correctly.

5. Contact AudioCodes support center
(support@audiocodes.com) and
send a syslog and network capture
for this issue.
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Major When Proxy Set Proxy Set %d: Proxy | 1.

includes more than one| lost. looking for
proxy IP with another proxy
redundancy and

connection to one of

them is lost.

Cleared When connection to Proxy found. ip:<IP
proxy is available again address>:<port #>
Proxy Set ID %d

4450 Redundant Board Alarm

Redundant Board Alarm

Ping the proxy server. If there is no
ping, contact your proxy provider.
The probable reason is the proxy is
down.

Ping between the proxy and
AudioCodes device. If there is no
ping, the problem could be a
network/router issue.

If you have more than one device
connected to this same proxy, check
if there are more AudioCodes
devices with the same Alarm. If this
is the case, this could confirm that
this is not AudioCodes device issue.

Check if routing via the redundant
proxy is operating correctly. If it is,
then this could mean that it's not a
network issue.

Contact AudioCodes support center
(support@audiocodes.com) and
send a syslog and network capture
for this issue.

Description The active board sends a notification when an alarm or notification is
raised on the redundant board.

SNMP Alarm acRedundantBoardAlarm

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.97

Alarm Title

Alarm Source

Alarm Type Notification
Probable Cause

Severity

Additional Info

Corrective Action
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4451 IDS Policy Alarm

IDS Policy Alarm

The alarm is raised whenever a threshold is crossed in the IDS

Description system.

The alarm is associated with the MO pair IDSMatch & IDSRule.
SNMP Alarm aclDSPolicyAlarm
SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.99

Default Severity
Alarm Type Other
Probable Cause

Policy NUM (NAME) minor/major/critical threshold (NUM) of REASON

Alarm Text cross in global/ip/ip+port scope (triggered by IP)

Status Changes

1. Identify additional traps (aclDSThresholdCrossNotification) that
were sent alongside this Intrusion Detection System (IDS) alarm.
2. Locate the remote hosts (IP addresses) that are specified in the
traps.
Corrective Action 3. Examine the behavior of those hosts (with regard to the reason
specified in the alarm), and attempt to fix incorrect operation.

4. If necessary, change the configured thresholds in the IDS Rule
table under the IDS Policy table.
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4452 IDS Threshold Cross Notification

IDS Threshold Cross Notification

This notiofication is sent for each scope (IP or IP+Port) crossing a

DESEI LI threshold of an active alarm.
SNMP Alarm aclDSThresholdCrossNotification
SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.100

Default Severity
AlarmType Other
Probable Cause

Threshold cross for scope value IP. Severity=minor/major/critical.

A TEs Current value=NUM

Status Changes

1. Identify the remote host (IP address / port) on the network which
the Intrusion Detection System (IDS) has indicated is malicious.

Note that the IDS determines a host to be malicious if it has
reached or exceeded a user-defined threshold of malicious
attacks (counter).

2. Block the malicious activity.

Corrective Action
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4453 IDS Blacklist Notification

Description

SNMP Alarm
SNMP OID
Default Severity
Alarm Type

Probable Cause
Alarm Text

Status Changes

Corrective Action

IDS Blacklist Notification
This alarm notifies when an IP address has been added or removed
from a blacklist.
aclDSBIlacklistNotification
1.3.6.1.4.1.5003.9.10.1.21.2.0.101

securityServiceOrMechanismViolation
thresholdCrossed

Added IP * to blacklist
Removed IP * from blacklist

Identify the malicious remote host (IP address / port) that the Intrusion
Detection System (IDS) has automatically blacklisted or removed from
the blacklist.

Note that a host is determined to be malicious if it has reached or
exceeded a user-defined threshold of malicious attacks (counter). The
malicious source is automatically blacklisted for a user-defined period,
after which it is removed from the blacklist.
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4454 Proxy Connectivity

Proxy Connectivity

Description Sent when a connection to a specific proxy in a specific Proxy Set
is down. The trap is cleared when the proxy connections is up.

SNMP Alarm acProxyConnectivity

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.102

Alarm Source System#0

Alarm Text Proxy Set Alarm <text>

Alarm Type communicationsAlarm

Probable Cause = Network issue (connection fail due to network/routing failure).

=  Proxy issue (proxy is down).
= AudioCodes device issue.

Alarm Severity Condition <text> Corrective Action
Indeterminate | When connection to | Proxy Server 1. Ping the proxy server. If there is no
the proxy serveris |<IP ping, contact your proxy provider. The
lost. address>:<port> probable reason is the proxy is down.
is now OUT OF ' 2 ping between the proxy and
SERVICE AudioCodes device. If there is no

ping, the problem could be a
network/router issue.

3. If you have more than one device
connected to this same proxy, check if
there are more AudioCodes devices
with the same trap event. If this is the
case, this could confirm that this is not
AudioCodes device issue.

4. Contact AudioCodes support center
(support@audiocodes.com) and send
a syslog and network capture for this

issue.
Cleared When connection to | Proxy Server -
the proxy is available <IP
again address>:<port>
is now IN
SERVICE
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